EMS for AudioCodes Media Gateways and Servers

EMS Element Management System

OAM Guide for the Mediant 3000 with TP-8410

Version 6.6

Document #: LTRT- 32126

&l Logen Tommm - Yrwon BT

£ S AudioCodes






OAM Guide Contents

Contents

A 1 1 8 o Yo [0 Yo o o S 15
2 Provisioning ParametersS ........ciieeiiiieiieeiiie et e e e e e e e e e e e e e eanaann 17
2.1 Frame: Advanced Applications Provisioning .......cccccceeveeeeeeevvevvivnnnnnnn. 18
2.1.1  Tab: VOICE MaIl......uvuiiiiiiiiiiiiiiiiiiiiiiiiiiiiiiniii e nnnnnnes 18

2.1.2  TADIMLPP ..ot 21

N R T = 1 o W = 0 1=T (0 =T o oo 23

2.2 Frame: Bandwidth Management ............ccccooieiiiiiiiiicicccee e 24
2.2.1 Tab: Bandwidth Management.............uuuuvuririririiiiiiiiiiinrieneireern.—.. 24

2.3 Frame: CLI Terminals ProviSioning ........cccceeeeeieeeiiiiiiiiiiie e 25
2.3.1 Tab: CLI Terminals ProviSiONiNg...........ccuueiiiiiiiimiiiieeeeeeeiiiieeeeee e e 25

2.4 Frame: Coder Group 1 ProViSiONiNgG .......uueceieeeeeeeiiiiiiiieee e eeeeeeeiiaee e 28
2.4.1 Tab: General SEiNGS . ......cuuiiiiiiiiiiiiiii e 28

2.5 Frame: Coder Group 2 ProViSIONING ......cueeeeeiieieeeieiieieieeeieeeeeeeeeeeeeneeeeee 30
251 Tab: General SEiNGS.......cuuuiiiiiiiiiiiiii e 30

2.6 Frame: Coder Group 3 ProViSiONING ......ceeeeiiiiiiiiiiiiiiiiieeeiieeeeeeeeeeeeeeeeeeees 32
2.6.1 Tab: General SEiNGS.......cuuuiiiiiiiiiiiiie e 32

2.7 Frame: Coder Group 4 ProViSIONING ....ccuuuuuiieineeieieiiiiiiinee e 34
2.7.1 Tab: General SEttNGS ... .ccoovieeiiieeiiei e 34

2.8 Frame: Coder Group ProVviSiONINg ......cccuuuuiiiiiieiiiiiiiiiiieee e 36
2.8.1 Tab: General SEttNGS....ccoovieeiiieiiieie e e 36

2.9 Frame: Coders and Profiles Provisioning ........ccccceevviiiiiiieeeeeeeeie. 38
e IR R = 1o W O o o [T £ €1 (01U o I 38

2.9.2 Tab:IP Profile ... 39

2.9.3 Tab: Telephony Profile..........ciee e 46

2.10 Frame: Control Interface ProviSioNiNg ......cccooeeeeviiiiiiiiiineeeeeeeeeeiiiinn 50
2.10.1 Tab: Control Interface SettingsS .......covveeeiviiiiiiiiie e 50

2.11 Frame: Control Interfaces Parameters Provisioning.........ccccceevvvvnnnnnnn. 51
2.11.1 Tab: Control INEIfACES ........uuuueeiiiiiiiiiiiiiiiiiiiiiieieeie e eeeennes 51

2.12 Frame: Controller Link Provisioning .......cccceeeeeeeviiiiiiiiiiee e 53
2.12.1 Tab: Controller LINK SEtHNQS ......uuuvvriiiiiiiiiiiiiiiiiiiiiiiiiieiiiinernnenennnn.. 53

2.13 Frame: Control Network ProviSioning ......cccceeeeeeiviiiiiiiiiee e 54
2.13.1 TaDI PrOXY SEU..iiiiiiiiiiiiiiiiiitee ettt e e 54

N T = 1o M €0 VRS 1= = 55
2.13.3 Tab: Transport INfO ........coeie i e 59
2.13.4 TAD:I CDR ..ttt 60
2.13.5 Tab: NAT TranslatioN...........uueuueuuuueuueieirieiernueernirnneeneeennernnnrnnn————.- 61

2.14 Frame: Cost Group ProViSiONIiNg ....cccovvvuiiiiiiee e e e 62
N = 1 o M 0 ] A ] o 11 | o I 62

2.15 Frame: Digital Gateway ProVviSiONiNg .........cceeeeeeeeeeeemeimieieeieeeeeeeeeeeeeeenne. 63
2.15.1 Tab: Digital SEttNGS......uuueeeiieeeaiiiiiiie e e e 63
2.15.2 Tab: ISDN Supplementary SEIVICES .........couiiiiuiiiiiiiieieeiiiiiiieieee e 70

2.16 Frame: DNS ProViSIiONING ...c.uuuuiiiiieeiii e 71
2.16.1 Tab: Internal DNS .........ouiiiiiiie e 71
2.16.2 Tab: INterNal SRV .......uuuiiiiiiiiiiiiiiiiiiiiiiiiinieeneeeeee e anneenennnnnnne 72

Version 6.6 3 December 2012



Fa

£ & AudioCodes Mediant 3000 with TP-8410
2.17 Frame: DTMF and Supplementary Provisioning........cccceeeeeeveeviveinnnnnnn. 74
2.17.1 TaD: DTIME . .ciiiiee ittt ettt e e e e e et e e e e e e e e e annreeeeeas 74
2.17.2 Tab: SUP SEIVICES ...cuiiiiiiiiiiie ettt e e e e e 76
2.17.3 Tab: TONES ANU PrOQIESS....uuuuuuiuuueiurrrurirenirunennnnnnennnennnernnnrnnnsnnnennnennnnnnnes 79

2.18 Frame: Global Settings .......cuviiiiiiiiiiiiiiiiiiiiiiiiiiiee et 81
2.18.1 Tab: General SEtNGS ... .. uuuuuuueeiuueiiiiruiiiuiiiniiineieeneiaeeeeeeeneeenneeeeeeennennnnnnne 81

2.19 Frame: IP Group ProViSiONiNg .......ccuueieeiiiiiiiiiiiiiiiiieieeieeeeieeeeeeeeeeeeeeeeeeeees 82
2.19.1 TADI IP GrOUP «eeeiieeiiiiiiiitei ettt e e e e e e e e 82

2.20 Frame: IP Interface SettingsS .....coooe i 85
2.20.1 Tab: IP Interface SettingsS .....cccovvuuiiiii i e e 85

2.21 Frame: LDAP ProViSIONING ....uuuiiiiae it e e 86
N R = 1o W AN S 1Y 1 1] o 86

2.22 Frame: Manipulations ProVviSioning ........cccceeeeieeeiiiiiiiiiiiee e 89
2.22.1 Tab: General SENG.......uuuuuuuuririiiiiiiiiiiiiiii e ————————————— 89
2.22.2 Tab: Destination IP t0 Tl ....ccooiiiiiiiii e 93
2.22.3 Tab: Destination Telt0 1P ..........uuuiiiiiiiiiiiiiiiiiiiiiiiiiiiiiieieiiieeeeeeneeneeeeennnes 95
2.22.4 Tab: SOUICE IP 10 Tel...uuuiiiiiiiiiiiiiiiieeee e 97
2.22.5 Tab: SOUICE TEITO IP..uuuui e 99
2.22.6 Tab: Redirect Number Map IP t0 Tel .......coooiiiiiiiiiiiiiceeee s 101
2.22.7 Tab: Redirect Number Map TeltoIP ......ccooveiiiiii e, 104
2.22.8 Tab: PNONE CONEXL......uuiiiiiiiiiiiiiiiiiiiii et e e e 106
2.22.9 Tab: SIP to ISDN Cause MappPing ...........eeuueeueemmmemmmemmnnnnnnnnnnnnnnnnnnnnnnnnnns 107
2.22.10 Tab: ISDN to SIP Cause MappPing ...........ceeeeeueemmmemmmemmmennnnnnnnennnnnnnnnnnnnnes 107

2.23 Frame: Media ProViSIONING ......uuuiiiieeiiieeiiiiiie e e eeeennnes 108
2.23.1 Tab: General SEttNGS.....ccoveeiiiieiiii e e e 108
2.23.2 Tab: VOICE SEINGS....uuuuriiiiiiiiiiiiiiiii e n e e a e 109
2.23.3 Tab: ACOUSLEIC ECNO SUPPIESSION .....uuviiiiieiiiiiiiiiiiiee e e 118
2.23.4 Tab: Caller ID SettliNgS....ccoeieiieieiiiiiie e ee e e e e e e s 120
2.23.5 Tab: BYPasS SENGS .....uuuuuriuuiiiuiiiiiiiiii s e e e a e 121
2.23.6 Tab: FAX SEUINGS......uuiiiiiiiieeiiiaiiiiiee et e e e 123
2.23.7 Tab: MOAEmM SELHNGS. ... ueeiiieiiiiiiiiiiii et 126
2.23.8 Tab: IN-Band-SignNaling ..........uuvuurimmiiiiie s 128
2.23.9 Tab: RTP SELHNGS ...uuviviiiiiiieeiiieieie ettt a e e 132
2.23.10Tab: SRTP SEtHNGS ...uvvveiiiiieeeeiiiiiiiieiie e e e e e e et e e e e e e s e eeeeeeeeaeannnes 137
2.23.11Tab: RTCP SEHiNGS....cccuviieeiiiiieeeeiiiiee e e siieee e e siieee e e s snieee e e s snnaeeeeanneaeees 139
2.23.12Tab: MISC. SEHINGS ..vuvvvuriiiiiiiiiiiiii e e e e e aa s 140

2.24 Frame: Media RealM ........ccoiiiiiiiiiiii e 141
2.24.1 Tab: Media RealmM ........iiiiiiiiiici e 141

2.25 Frame: Megaco Parameters ProviSioning .........ccccvvvevviviiiiieeeeeeeeeeiinnns 142
2.25.1 Tab: MeQacC SEtliNGS.....ccuiiiiiiiiiiiiiiiiiie e e e e e 142
2.25.2 Tab: Naming CONVENLION ......cociviiiiiiii e e e e 145
2.25.3 Tab: Physical Endpoint OffSEttiNg..........uvuvuriruriiiiiiiiiiiiiiines 147
2.25.4 Tab: RTP Endpoint OffSEttNG ........uuvriiieeeiiiiiiiiiiiii e 148
2.25.5 Tab: Communication INFO.........uuuuii e 148
2.25.6 Tab: Media SettNgS.......coiiieiiieiiiiii e 152
A A T A - 1o O I To 1Y GRS = 1 1] T 1 155

2.26 Frame: MTP2 Profile........ccccoiiiiiiiii e, 157
2.26.1 Tab: MTP2 Profile........oiiiiiieice e 157

2.27 Frame: Network Parameters Provisioning ..........ccccccvvviiiiiniiinnciinnnn, 159
2.27.1 Tab: IP Interface Parameters.............uuuuuuiuuuiimiiiiiiiiiiiiiiiinnes 159

OAM Guide

4 Document #: LTRT-32126



OAM Guide Contents
2.27.2 Tab: QOS SEUHNGS ....uuvveeiiiiieeeiiiiii e e e e e 160
2.27.3 Tab: StatiC ROULES ......uuviiiiiiiiiiiiiiiiiiieee et 162
2.27.4 Tab: SCTP oot 164
2.27.5 Tab: Ethernet POIS. .. ... i 166
2.27.6 Tab: General SetlNGS ... . .uu i uuueiueiii e 167

2.28 Frame: NFAS Settings ProVviSioning ......cccuuuuiiieieeiiiiiiiiiiiieee e eeeeeeeeiinnns 168
2.28.1 Tab: NFAS SetlNG...ccuuueeeiieiiieiiiiiiiiieie et e e e 168

2.29 Frame: Quality Of EXPEri€NCEe . .....ccuuiiiiiiiiiiiiiiiiiiiiieiiiieeeeeeeeeeeeeeeeeeeeeeeees 169
2.29.1 Tab: Quality Of EXPEIENCE .....uvvvriiiiiiiiiiiii e 169

2.30 Frame: Routing ProViSiONiNg .......cuuuuuieiiiiiiiiiiiiieiieeieeeieeeeeeeeeeeeeeeeeeeenees 170
2.30.1 Tab: General SENGS.......cuuiiiiiiiiiiiiiiie e 170
2.30.2 Tab: Tel tO IP ROULING ......uuuiiiiiiiiiiiiii e 172
2.30.3 Tab: IP to Trunk Group ROULING.......cooieeiiiiiiiiiiii e ee e 174
2.30.4 Tab: Alt Route Cause IP t0 Tel.....cuuuiiiiiiieiiiiiiiiieeeee e 175
2.30.5 Tab: Alt Route Cause Tel tO IP ..........uuiiiiiiiiiiiiiiiiiiiiiees 176
2.30.6 Tab: Forward On Busy Trunk .........cccooeeiiiiiiiiiiii e 177

2.31 Frame: SAS ProVvisSioning........cccccoeiiiiiiiiiiiiiiiec e 178
2.31.1 Tab: Stand-Alone Survivability.............cccvvviiiiiii e 178

2.32 Frame: SBC Manipulations ProviSioning ........ccccceevveviiiiiiinineeeeeeeeeiinnns 181
2.32.1 Tab: INDOUNG.....cooiiiiiii e 181
2.32.2 Tab: OUIDOUNG........uiiiiiiiiiiii e e e e n e 183
2.32.3 TaD: MESSAQE .. uuuuuuuinnniiniiiiii e 186

2.33 Frame: SBC ProviSioning .......cccccevviiiiiiiiiiiniiiec e 188
2.33.1 Tab: General SEttNGS.....ccoieeiiiieiiiie e e e 188
2.33.2 Tab: AdMISSION CONIOI ....cciiiiiiiiiiiiiiiie e 191
2.33.3 Tab: SBC REQISITAION .....cciiiiiiiiiiiiiiiie et 192
2.33.4 Tab: SBC MeSSAQE POlICY ....uuuriuiiiiiiiiii e 193

2.34 Frame: SBC Routing ProviSiONiNg ........ccuuueeiiiiiimiiiiiiiiiiieeeieeeeeeeeeeeeenene 195
2.34.1 Tab: Classification Table .............uuuuiieiiii e 195
2.34.2 Tab: IP tO IP ROULING ...uvvviiiiiiiiiiieiii e 196
2.34.3 Tab: Alternative ROUtING REASONS .......ccciiiiiiiiiiiiiiiiieeee e 198
2.34.4 Tab: Condition TabIe ........uuuiueiiii s 199

2.35 Frame: Security ProViSioning .........uueeueiiiiiiiiiiiiiiiiieieieeeeiieeeeeieeeeeeeeeeeeees 200
2.35.1 Tab: IPSeC Proposal..........ccccccuuiiiiiiiiiiiiiiiii e 200
2.35.2 Tab: IPSEC SA .. 201
2.35.3 Tab: Firewall SEttiNGS ......coeiiiiiiiiiiiiiiiie e 203

2.36 Frame: SIP Definition ProviSioNiNg........ccuuviiiiiiieeeieeieeiiieee e eee e 205
2.36.1 Tab: General SetlNgS ... . .uu i uuuuuuiiiiiii e 205
2.36.2 Tab: Advanced Settings L.........ccuuiiiiiieiiiieeii e 208
2.36.3 Tab: Advanced SettiNgS 2.........uuuuuuuuimrimiiisess e 215
2.36.4 Tab: ACCOUNE TADIE.....uuuiiiiiiiiiii s 224
2.36.5 Tab: REQISIIALION ......uuuiiiiiiiiiiiiiii e 225
2.36.6 Tab: ACCOUNLING SENGS .. .uuuurririiiiiiiiii e 226
2.36.7 Tab: AUtNENTICALION ... ..uuueiiiiiiiiiii e 227

2.37 Frame: SIP Interface Provisioning ........cccccocviiiiiiiiiiiinniiicc e, 229
2.37.1 Tab: SIP INEIACE ......uuuueiiiiiiiiiii e 229

2.38 Frame: SNMP ProViSIONING ......uuuueieeiiiieiieieieeeieieeeeeeeeeeeeeeeseeeeeeseseeeeseneees 230
2.38.1 Tab: SNMP Managers Table ..........coooveiiiiiiii e 230
2.38.2 Tabh: SNIMPVS USEIS ....ueiiiiiiieeiiiiiiiiiiieee e e e e e ssitieeeeee e e e e s s snnstaeeeeeeeeeaaannes 231
Version 6.6 5 December 2012



Fa

£ & AudioCodes Mediant 3000 with TP-8410
2.39 Frame: SRD ProViSIiONING ....ccuuuuiiiiiiieeeeiieiiiiiie e e e eeeeennes 234
2.39.1 TaAbD: SR .ciiiiiiii i e 234

2.40 Frame: SS7 Alias Point Code ........viiiiiiiiii i 235
2.40.1 Tab: SS7 Alias POINt COUE ......uuuriiuiiiiiiiiii e 235

2.41 Frame: SS7 Data LinK........coooiiiiiiiiiii e 236
2.41.1 Tab: Data Link General INfO...........uuuiiiiiiiiiiiiiiiiii e 236
2.41.2 Tab: Data LINK TDM......uiiiiiiiiieieiie et 237
2.41.3 Tab: Data LINK UAL ....oouiiiii it 238
2.41.4 Tab: Data LINK TUNNEIING......uuuiiiriiiiiii e 239

2.42 Frame: SS7 LINK Set.....ccccooiiiiiiiie e e e e 240
2.42.1 Tab: SS7 LINKSEL ...uviiiiiiiiiiiiiiiiiii s a e n e 240

2.43 Frame: SS7 LinKSet LiNK .......oouuiiiiii e 241
2.43.1 Tab: SS7 LINKSEt LiNK.....coiiiiiiiiiiiie i 241

2.44 Frame: SS7 LINKSEl TIMEIS.....uuuiiii e eeeeiiiiiei e e e e e e eeens e e e e e e e aeennnnns 241
2.44.1 Tab: SS7 Linkset Profiles ... 241

2.45 Frame: SS7 NOUGE@......uciiiii it e e e e e e e e e e e e eaeeannnes 243
2.45.1 Tab: SS7T NOUE ... e e 243

2.46 Frame: SS7 Node Redundancy Common Parameters Frame............ 245
2.46.1 Tab: SS7 Redundancy COMMON ........ocviieiiiiiiiiiiiiiiiee e e e e 245

2.47 Frame: SS7 NOAE TIMEIS ..oouuuiiiiiiiie e e aaaes 247
2.47.1 Tab: SS7 Node ProfileS .......ccovveiiiiii e 247

2.48 Frame: SS7 ReAUNUANCY .....covuuiiiiiiieeeeiieiiiie e eeeeaenees 250
2.48.1 Tab: SS7 Node RedundanCy .........cccoeiieeiiiieiiiiiiiie e e 250

2.49 Frame: SS7 ROULE Frame .......ccoiiiiiiiiii e 250
2.49.1 Tab: SS7 ROULE ....uuiiiiiiiiiiiiiiiii s a e e e n e e n e e 250

2.50 Frame: SS7 ROUTESEL .....iiiiiiiiiiieeci e 251
2.50.1 Tab: SS7 ROULE SEl.....uuuiiuiiiiiiiiiiiiiiiii s a e 251

2.51 Frame: SS7 RoOUtING CONTEXL ...uuuuiiiiiieiiieeeeiiiie e e e e e e 252
2.51.1 Tab: SS7 ROUING CONIEXL......ciiiiiiiiiiiieee e 252

2.52 Frame: System Settings ProviSioning .......cccceevveeeeeiiieeiiiiiiie e eeeeeeininnns 254
YN R = 1o I = Vo | [ 1= o 254
2.52.2 Tab: Application SettiNgS ......cccovuuiiiiii e e 255
2.52.3 Tab: NFS SEtHNQS ..vvvviiiuiiiiiiiiiiii s a e n e 260
2.52.4 Tab: SECUNtY SENGS....uuuuuriuuiiineiiiiie e e e e 261
YA T - 1o I o =Y o ] 264

AR Y2 S T 1= 1o 1 T T | T 264

2.53 Frame: TDM And Timing Parameters Provisioning ...........ccccccevvevvnnnns 266
3 Tt = 1o A I T 266
2.53.2 Tab: Digital PCM SettiNgS.......uuuurimuriiniiiiiiisesssss s 267
2.53.3 Tab: SYStem TiMING ......uumiiiiiiiiiiiiiii e e e 268

2.54 Frame: Time Band ProViSiONINg.......coouiiiiiiiiiiiiieeee e eeeeeainnes 271
2.54.1 Tab: TIME BaNd .......covuiiiiiii e e e 271

2.55 Frame: TrunNK GrOUP ..o e e e e eeeaennes 272
2.55.1 Tab: TruNK GrOUP cooveeeiiii et e e et e e e e e e e 272

2.56 Frame: Trunk Group SettingS .....ccooiieeiiiiiiiiiie e 273
2.56.1 Tab: Trunk Group SEettNQS ....uuuurreruiiiiiiiiiiiiiiiiiiieirii s 273

OAM Guide 6 Document #: LTRT-32126



OAM Guide Contents

2.57 Frame: Trunk Parameters ProviSioning ......cccooeeeeiiiieiiiiiiiinneeeeeeeeeeiinnns 275
2.57.1 Tab: General SetlNGS.......uuuuuuuuuuiiiuiiiiii e 275
2.57.2 Tab: ISDN SELHNGS ...uuvvvriiiiiieeiiiiiiiii ittt e e e e e aanes 278
2.57.3 Tab: LINE SENGS ...uuuuuuuuiiuiiiiiiiiiiii s a e e e e e a e e 281
2.57.4 Tabh: CAS SEINGS ..vvuueruniiiiiiiiiiiiiii e 282
2.57.5 Tab: SIP SetliNGS....cccuuieieiiiiieeiiiiiiiie et e e e e 283

2.58 Frame: Trunk Parameters ProviSioning ......cccccoeeeevvvviiiiiiiieeeeeeeeeeeiinns 286
2.58.1 Tab: General SEtNGS ... ..uuuuuuruiiiriiiiiii e a e 286
2.58.2 Tab: ISDN SELHNGS .. .uuuveriieieeeiiiiiiiie et e et e e e e 290
2.58.3 Tab: LinNe SettiNgS.....cuuuuiiiii et e e e e 293
2.58.4 Tab: CAS SEHINGS ..vvvvriuriiiiiiiiiiii s e e e e e aa e 295
2.58.5 Tab: SIP SetliNGS.....ccueeeiiieieeeiiieiite ettt e e 296

2.59 Frame: UAL GrOUP .ottt eenn e eaan e ees 299
2.59.1 Tab: General INfO.........uuuuiuiiiiiiii e 299

2.60 Frame: UAL INTEIrTACE ...ccooeiiiieeeiee ettt e e 302
2.60.1 Tab: UAL INtEITACE. ... uuuuuiiiiiiiiiiii e 302

2.61 Frame: Voice Quality RUIES ........ooiiiiiiiiiiiiiiiiiiiiieeeeeeeeeeeeeeeee 303
2.61.1 Tab: Voice Quality RUIES .........ccvviiiiii i 303

2.62 Frame: Web ProViSioning ... 305
2.62.1 Tab: ACCESS SEIINGS . uvuuiiiieeii e ee e e e e e 305
2.62.2 Tab: ACCESS AUUIESSES ....ceiiiiiiiiiiiiiiiee e e ettt e e e e e 307

3 Performance Monitoring Parameters ..............ccocciiiiiiiiiiniie e, 309

3.1 Frame: DS3 Monitoring (HiSTOIY) ....uuuueiiiiiiiiiiiiiiiiiiiiieiiiieeeieeeeeeeeeeeeeeeees 310
3. 1.1 Tab: DS3 SEALISHICS .uuuvvvriiiiieeeiiiiiitiie ettt e e e e e e enees 310

3.2 Frame: DS3 Monitoring (Real-Time).......cccoeeeeeeiiiiiiiiiiiee e 311
3.2 1  Tab: DS3 StAlISHCS ..vvvvruriiiiiiiiiiiiiiiiiii s 311

3.3 Frame: Fiber Group Monitoring (Real-Time) .........cccevvviieeeeeeereeeeeiinns 312
3.3.1 Tab: Fiber Group StatiStiCS ........cuvvvriiiieeeeeiiiiiie e 312

3.4 Frame: Gateway System Monitoring (Configuration)..........cc..c.euveee... 313
Nt = 1o M1 (= o 1 313
3.4.2 Tab: VOP Call StatiSHICS .....uuuuurruuiiiiiiiiiiii e 314
3.4.3  Tab: CommON CONLIOl ......coiiiiiiiiiiiiiiiie et 316
3.4.4 Tab: MEGACO CONIOl...uuuuiiiiiiiiiiiiiiiiiii s a e a e 317
3.45 Tab: MGCP CONIOI ...uuiiiiiiiiiiiiiiii e 319
3.4.6  Tab: SIP IP O Tl .uuiiiiiiiiiiei et 321
A - 1o S | = I (T | 322
3.4.8  Tab: TrUNK StAtiSTICS ....uuurruuiinuiiiiiii e 323
3.4.9  Tab: SS7 LINKSEL ..uvviiiiiiiiiie ettt e e e ennaeee s 324
Gt O T = 1o O 1 A 1 ] 324
3.4.11 Tab: SRD StatiSHICS....uuuuuuuuuiinniiiiiiiii e 325
3.4.12 Tab: IP Group StatiStiCS.......cccvvuuuiiiiiei e e e e e e e 325
3.4.13 Tab: Trunk Group StatiStICS .....uuurrrurrirriiiiiiiiiiiriiiiriiii e 325

3.5 Frame: Gateway System Monitoring (HIiStory) ......ccccoeeeeeeeeiiiiiiiiennnn. 326
3.5.1  Tab: SYSIEM IP e 326
3.5.2 Tab: VOP Call StatiSICS .....uuuuurrieiiiuiiiiii e 326
3.5.3  Tab: ComMmMON CONIOL .....uuuiiiiiiiiiiiiiiii s 329
3.5.4 Tab: MEGACO CONIOl....cciiiiiiiiiiiiiiiiiee ettt 329
3.5.5  Tab: MGCP CONLIOI ...uuuuuiiiiiiiiiiiiiii s 332
356 Tab: SIP IP 10 Tl wuuiiiiiiiiiiie ettt 334

Version 6.6 7 December 2012



Fa

£ & AudioCodes Mediant 3000 with TP-8410
3.5.7 Tab: SIP TEIIOIP i 335

3.6 Frame: Gateway System Monitoring (Real-Time) ...........ccoevvvviiinnnnnnnn. 336
3.6.1  Tab: SYSteM IP .....ooiiiiiiii 336

3.6.2 Tab: VOP Call StatiStICS ....cceeeviiiiiiiiiiiiieeeeeeeiiiiiieee e 337

3.6.3  Tab: ComMMON CONIOI .....uuuiiiiiiiiiiiiiiii e 338

3.6.4 Tab: MEGACO CONIOl...uuuiiiiiiiiiiiiiiiii e e s 339

3.6.5  Tab: MGCP CONIOl ....uuiiiiiiiiiiiiiiiiiiiieee e 341

3.6.6  Tab: SIP IP 10 Tl .uuuiiiiiiiiiiiiiiii e n s 343

3.6.7  Tab: SIP TeITO IP et 344

3.7 Frame: IP Group Monitoring (HIiStOrY) ......ceevvvieiiiiiiiieiiiiiieieeeeeieeeieeeee 345
3.7.1 Tab: IP Group StatiStiCS.......ccovvvuuiiiiieieeeeeeiie s e e e 345

3.8 Frame: IP Group Monitoring (Real-Time).........cceevviiiiiiniiiiiiieeiiin. 346
3.8.1 Tab: IP Group StatiStiCS.......cccvvvuuiiiiiiieeeieeeiie et e e e 346

3.9 Frame: SRD Monitoring (HiSTOIY) ...cooeuuiiiiiiiiieeeeeeeeiee e 346
3.9.1 Tab: SRD StaAtISHCS....uuuvrriiiieeiiiiiiiiiiiieee et e e e e e e 346

3.10 Frame: SRD Monitoring (Real-Time) ......ccccoeeeeeiirieiiiiieee e 347
3.10.1 Tab: SRD StaAtiISHCS.....uuvrrrieieeiiiiiiiiiiiiiie e et e e e e e eaees 347

3.11 Frame: SS7 Link Monitoring (HiStOry) ....ccooeeeeeiviiiiiiiee e, 347
3.11.1 Tab: SS7 LiNK StatiStICS ....uurururrrrriinriiniiiiiises s n s 347

3.12 Frame: SS7 Link Monitoring (Real-Time)..........ccceeevvveiiiiiiiiee e 348
3.12.1 Tab: SS7 LiNK StatiStICS ....uuuurrrrurrinniiiiiiiiiisss s 348

3.13 Frame: SS7 Linkset Monitoring (HIStOrY) ....cceveeeeeiiiiieiiiiee e 348
3.13.1 Tab: SS7 LiNKSet StatiStICS .......uuuruuiinuiiinii e 348

3.14 Frame: SS7 Node Monitoring (Real-Time) ...........cuuveeiiiirriieiiieiiiiiieenne 349
3.14.1 Tab: SS7 NOUE STAliSHCS ....uuuurrurriiniiiiiiii e 349

3.15 Frame: System Monitoring SIP (Configuration)..............ceevvevvveeeeennnne. 349
3.15.1 Tab: SYSIEM TP ... e e 349
3.15.2 Tab: VOP Call StatiStICS ....ccceeviiiiiiiiiiiieeeeeeiiiieieeee e 350
3.15.3 Tab: ComMMON CONIOI .....uuuiiiiiiiiiiiiiiiii e 352
3.15.4 Tab: SIP IP 10 Tel i 352
3.15.5 Tab: SIP TEITO IP .ouviiiiiiiiiii e 354
3.15.6 Tab: SS7 LINKSEL ...uuiuiiiiiiiiiiiiiiiiiii s a e n s 355
3.15.7 Tab: SS7 LINK ... 355
3.15.8 Tab: SRD StAtISTICS.....uuuutiuuiiiuiiiiiiiiiii e 356
3.15.9 Tab: IP Group StatiStICS .. ..uuuuurrrrriiuniiiiiiiii s e n e 356
3.15.10 Tab: Trunk Group StatiSTICS ......uurerurrrrrrrnriiiiiiieiinieineiinnnniannnnnnnnnnnnnnes 356

3.16 Frame: Trunk Group Monitoring (HiSTOIY) ........cuveeeveiiieieiiiieiieiieiiiieenee 357
3.16.1 Tab: Trunk Group SEatiSHCS ........ccvvviriieieeeeeieiii e 357

3.17 Frame: Trunk Group Monitoring (Real-Time) ..........ccuvvvvrviirieeiriiiinnnnne. 357
3.17.1 Tab: Trunk Group StatiStICS ....ccvvvviiiii e 357

3.18 Frame: Trunk Monitoring (HiStOrY) ......uuuooiiniiiiiiiecieee e 358
3.18.1 Tab: Trunk PerformManCe ...........uuuuuueiiiiiii e 358

3.19 Frame: Trunk Monitoring (Real-Time).......cccceeviiiiiiiiiiii e 359
3.19.1 Tab: Trunk PerformanCe..........coouuiiiiiiiieiieeciiieee e 359

N = 1 0 SRR 361
N RS = 1 [0 F= T o B =T o 1 USRI 362
I A O] [0 1S - o U PP 362

OAM Guide 8 Document #: LTRT-32126



OAM Guide Contents
4.1.2  LINK DOWN ..ottt ettt e e e e e e s et e e e e e e e e e e nnnnaneeeaeaeas 363
.13 LINK UP i 363
4.1.4 Entity Configuration Change..........cccuuuviiiiiiiiiiiiiecce e 364
4.1.5  AUthentiCation FailUre ........ccooooiiiiieeee e 364
4.1.6 DSL LINE STAUS ...ceiieeiiiiiiiiiiiieee e e e e e e e e e e e s s eeeeaeeeas 365
4.1.7  DS3 LINE STAIUS ...ceiieiiiiiiiiiiiiiie et 366

A Y IS AN = T 1 S PP PPPPPRP 367
4.2.1 EMS Trap Receiver Binding Error .........ccccooiiiiiiiiiiiiiiiieeeeee s 367
V0 € VYA @0 g [=Tox (o] o 1 AN =T g o 368
4.2.3 GW MiSmMAatCh AISIM ... ... 369
4.2.4 EMS Server Started.......ccuuuiiiiiieiiiiiiiiiiieie e 370
4.2.5 DisK SPACE AlGIM ...ccooiiiiiiiiiiiii e 371
4.2.6 Software RePIACEd .........ccovveiiiiiiii e 371
4.2.7 Hardware Replaced ........ccoooeeiiiiiiiiii e 372
4.2.8 HTTP/HTTPS Access Disabled...........cccoeveiiiii 372
4.2.9 PMFile GeNerated......cccooooiiieiiieeeeeee e 373
o O T |V o1 11T o T =1 o PPN 374
0t R @] [0 IR = U Y/ 1S1ST= o 375
4.2.12 SECUILY ALQIIN ..ottt e e 375
4.2.13 SECUNLY EVENL....cooiiiiii i e e e e aeaes 376
4.2.14 Topology Update EVENL .......cccooieeeieee e 376
4.2.15 Topology File EVENT.......c..uiiiiiiiiiiieeee e 378
4.2.16 Synchronizing Alarms EVENT..........cooviiiiiiiiiii e e e e e e 378
4.2.17 Synchronizing Active Alarms EVent.........cccooeoiieiiiiiiiiii e, 379
4.2.18 License KeY AlBIM ......cooiiiiiiiiiieeeeeeiee et 379
4.2.19 SEM Failed Calls AlAIM ... ..o 380
4.2.20 SEM Voice Quality Alarm ........coiiiooiiiiiiiiie e e e e e e 380
4.2.21 SEM Average Call Duration Alarm ........cccoooiiiiiieiiiiiiiee e, 381

B I B TNV A o AN = 1 1 ¢ 382
0 Tt R = o T= Vo I = 1 = L o 382
4.3.2  Configuration EITOr ......ccuuiiiiiiiieeeieee e 382
4.3.3 Temperature AlarmM. ..o e e e e e e e eaa e e e aeeans 383
4.3.4  Initialization ENAE.......ccoiiiiieeeeeeceeee e 383
4.3.5 Board Resetting Following Software Reset ..........cccccceiviiiiiiiiiiieeennns 384
4.3.6 Feature Key Related EITOr........ccoooiiiiiiiiiiiiii e e e 384
4.3.7 Gateway Administrative State Changed.............cccccoeeeiiii 385
4.3.8 No Free Channels Available..........ccccooooiiiiiiiiii e, 386
4.3.9 Gatekeeper/Proxy not Found or Registration Failed .............cccccceeee. 386
4.3.10 Ethernet LINK DOWN AlGIN ....ccoiiiiiiiiiiiiiiceee e 387
4.3.11 System Component Overloaded.............ccccceevviiiiiiiiiiiiieeeieeee e 388
4.3.12 Active Alarms Table OVErfloW. ......ccoooiiiiieieeeeee e 388
4.3.13 Operational State Change ........cc.cocovvviiiiiiiiiie e e 389
O T I A (= T=T oI AN )Y - T o 389
4.3.15 NAT Traversal AlAIM ... 390
4.3.16 SS7 Link State Change Alarm ...........ooouiiiiiiiieiiiccien e 390
4.3.17 SS7 Link Inhibit State Change Alarm ...........cccooee i 392
4.3.18 SS7 Link Congestion State Change Alarm..........cccccceeiiniiiiiiiieeeeeennnns 393
4.3.19 SS7 Linkset State Change Alarm ..........ccoceoiiiiiiiiiieeeeee e 394
4.3.20 SS7 Routeset State Change Alarm .......ccooooieeiiiiiiiiiii e, 394
4.3.21 SS7 Node State Change Alarm ...........uuviiiiiiiiiiiiee e 395
4.3.22 Threshold of Performance Monitored Object Exceeded........................ 395
4.3.23 HTTP Download ReSUIL ......ccooeiiiieeee e 396
4.3.24 Fan Tray Alarm ... 396

Version 6.6

9 December 2012



Fa

£ & AudioCodes Mediant 3000 with TP-8410
4.3.25 Power SUpPlY AlQrm ... 397
4.3.26 PEM MOAUIE AlBIM ...t 397
4.3.27 SA Module MiSSING AlAIM........ccoiiiiiiiiiiiii e 398
4.3.28 HA System Fault Alarm ... 398
4.3.29 HA System Configuration Mismatch Alarm..........cccccceeeeiiieeivieiiiiieeeee, 399
4.3.30 HA System Switch Over Alarm ..........ccccoeiiii 399
4.3.31 USEr INPUL AIBIMN ..ottt 400
4.3.32 D-Channel STAtUS ... 400
4.3.33 SONET Section LOF AlQrmM ......coooiiiiiiiiiiiiieeee st 401
4.3.34 SONET Section LOS AlarM ......uciiiiiiiiiiiiiiie et 401
4.3.35 SONET LiN@ AIS AIGIMMN ..o 402
4.3.36  SONET LiN€ RDI AIGIMN ....uviiiiiiieeeeiiiieieee e a e 402
4.3.37 SONET/SDN IF Failure Alarm .........coooiiiiiiiieieeeeeeeiieee e 403
4.3.38 H.248 Lost Connection With CA ... 403
4.3.39 Hitless Update EVENL ........coovviiiiiii et e e e e e e 404
4.3.40 TrunK LOS ALGIM ..coiiiiiiiiiiiiiieee ettt e e e 405
4.3.41 TrunkK LOF AlGIM c.ovveeiiie ettt eeeeans 405
4.3.42 TruNK ALS AlGIMN <. 406
4.3.43 TruNK RATAIBIM ..ooiiiiiiiiie et 406
4.3.44 TM INCONSISTEINCY ...ceeiiiiiiiiiiiiiie e e ettt e e eeeeas 407
4.3.45 TM ReferenCe STAtUS ....ccooeeieee e 408
4.3.46 TM Reference Change ..........ccoiiiiiiiiiiiiiiii e e e 409
4.3.47 V5.2 Interface AlGrM .. ...c.uuiiiiiiiie e 410
R S 1 =Y T SRR 411
4.3.49 Software Upgrade AIQIM .........coiiii i e e e e 411
4.3.50 NTP Server Status AlQrm ... 412
4.3.51 SAS Emergency Mode Alarm ........coouuiiiiiiieieiiiiiiiieeeee e 412
4.3.52 SS7 Alias PC State Change Alarm ..........cccccoviiiiiiiimiiiieeeeiiiiieeeeeeen 413
4.3.53 SS7 UAL Group State Change Alarm........ccoooooeeiiiiiiiiiiiie e, 414
4.3.54 [Event] SSH CoNNECLION StAtUS..........uuviiiiieiiiiiiiiiiiieee e ee e 414
4.3.55 LDAP LOSt CONNECHION ...uuiiiiiieeie e 415
4.3.56 OCSP Server Status AlGIMN ... 415
4.3.57 Media Process Overload Alarm ............ceeiieeiiiiiiiiiiieee i 416
4.3.58 NFAS Group AlAIM ...t 416
4.3.59 B Channel Alarmi. ... . 417
4.3.60 Certificate Expiry NOtfication...........ccooeeeiiiiiiieiieei e, 418
4.3.61 Web User Access DIiSabled .......ccooooeviiiiiiiiiiiiieieeeiiee e 418
4.3.62 Proxy CONNECHON LOST........uuiiiiiiiiiiiiiiiiiiie e 419

OAM Guide

10 Document #: LTRT-32126
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Notice

This document describes the Provisioning parameters, Performance Monitoring parameters
and alarms for the Mediant 3000 TP-8410 product.

Information contained in this document is believed to be accurate and reliable at the time of
printing. However, due to ongoing product improvements and revisions, AudioCodes cannot
guarantee accuracy of printed material after the Date Published nor can it accept responsibility
for errors or omissions. Updates to this document and other documents can be viewed by
registered customers at http://www.audiocodes.com/downloads.

© 2012 AudioCodes Inc. All rights reserved

This document is subject to change without notice.
Date Published: December-31-2012

Note: The Element Management System supports the following products:
Mediant 8000 Media Gateway and E-SBC
Mediant 5000 Media Gateway and E-SBC
Mediant 4000 E-SBC

Mediant 3000 Media Gateway and E-SBC
Mediant 2000 Media Gateway

Mediant 1000 Media Gateway

Mediant 1000 MSBG

Mediant 1000 E-SBC

Mediant 800 MSBG

Mediant 800 E-SBC

Mediant 600 Media Gateway

MediaPack Media Gateways MP-112 (FXS), MP-114 (FXS and FXO),
MP-118 (FXS and FXO), MP-124 (FXS) collectively referred to as
MediaPack.

© ® N o g bk~ wDdPE

e =
N 2o

Trademarks

AudioCodes, AC, AudioCoded, Ardito, CTI2, CTI2, CTI Squared, HD VolP, HD VolP
Sounds Better, InTouch, Mediant, MediaPack, NetCoder, Netrake, Nuera, Open
Solutions Network, OSN, Stretto, TrunkPack, VMAS, VoicePacketizer, VolPerfect,
VolPerfectHD, What's Inside Matters, Your Gateway To VoIlP and 3GX are
trademarks or registered trademarks of AudioCodes Limited. All other products or
trademarks are property of their respective owners.

WEEE EU Directive

Pursuant to the WEEE EU Directive, electronic and electrical waste must not be
disposed of with unsorted waste. Please contact your local recycling authority for
disposal of this product.
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Customer Support

Customer technical support and service are generally provided by AudioCodes’
Distributors, Partners, and Resellers from whom the product was purchased. For
technical support for products purchased directly from AudioCodes, or for customers
subscribed to AudioCodes Customer Technical Support (ACTS), contact

support@audiocodes.com.

Abbreviations and Terminology

Term

Trunking Gateway

MG
MediaPack

CPE (Customer Premises Equipment)

'Frame' and 'Screen'

Description

Refers to the Mediant 5000 Media
Gateway and Mediant 8000 Media
Gateway.

Refers to the Media Gateway.

MediaPack Media Gateways MP-112

(FXS), MP-114 (FXS and FXO), MP-118

(FXS and FXO), MP-124 (FXS)

collectively referred to as MediaPack.

CPE refers to the following:

« Mediant 4000 E-SBC

« Mediant 3000 Media Gateways

o Mediant 2000 Media Gateways

o Mediant 1000, Mediant 1000 E-SBC
and Mediant 1000 MSBG

« Mediant 800 E-SBC and Mediant 800
MSBG

o Mediant 600

o MediaPack 11x Media Gateway

Sometimes used interchangeably

OAM Guide
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Related Documentation

Manual Name

Mediant 600 and 1000 SIP User's Manual

Mediant 800 Gateway and E-SBC User's Manual

Mediant 800 MSBG SIP User's Manual

Mediant 1000 Gateway and E-SBC User's Manual

Mediant 1000 MSBG SIP User's Manual

Mediant 2000 User's Manual

Mediant 3000 User's Manual

Mediant 4000 E-SBC User's Manual

MediaPack User's Manual

Element Management System (EMS) Server Installation, Operation and Maintenance Manual
Element Management System (EMS) Product Description

Element Management System (EMS) OAMP Integration Guide

Element Management System (EMS) User's Manual

Element Management System (EMS) Online Help

Mediant 5000 / 8000 Media Gateway Installation, Operation and Maintenance Manual
Mediant 5000 / 8000 Media Gateway Release Notes

Mediant 5000 / 8000 Media Gateway Programmer's User Manual

Mediant 5000 8000 CLI Reference Guide

Mediant 5000 and Mediant 8000 Alarm and Performance Monitoring Guide
Mediant 4000 E-SBC OAM Guide

Mediant 3000 TP-8410 OAM Guide

Mediant 3000 TP-6310 OAM Guide

Mediant 2000 OAM Guide

Mediant 1000 E-SBC OAM Guide

Mediant 1000 MSBG OAM Guide

Mediant 800 E-SBC OAM Guide

Mediant 800 MSBG OAM Guide

Mediant 600 OAM Guide
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OAM Guide 1. Introduction

1 Introduction

This guide incorporates Provisioning Parameters, Performance Monitoring Parameters
and Alarms for the Mediant 3000 TP-8410 product.
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2. Provisioning Parameters

Online

Offline

Instant

Offline_create

Instant_apply

Provisioning Parameters

The following tables can be used as a reference for the screens, tabs and parameters
displayed in the EMS GUI.

Note that with regard to the column ‘Type’ in the tables in this section, the first line
indicates whether the parameter is an integer, string or enumerator. The lines below it
indicate the range / possible values that can be configured for the parameter.

Note that all parameters that are of provisioning type Offline (in column 'Provisioning
Type") are graphically indicated in the EMS GUI screens by the icon «.

The frames described in this section appear in alphabetical order.

To configure an ‘Online’ mode parameter (indicated in the EMS by the icon *~
adjacent to the parameter), you need to lock only the entity containing the parameter.
You do not need to lock the board/media gateway containing the entity. The mode is
called ‘Online’ because the parameter can be configured without resetting any board
in the media gateway.

To configure an ‘Offline’ mode parameter (indicated in the EMS by the icon &
adjacent to the parameter), you need to lock the board/media gateway containing the
entity as well as the entity in order to configure the entity’'s parameter. The mode is
called ‘Offline’ because all calls active on the board/media gateway containing the
entity’s parameter are dropped when you lock the board/media gateway and entity in
order to configure the parameter.

An ‘Instant’ mode parameter can be configured on the fly; the configuration takes
effect immediately. No icon is displayed adjacent to the parameter in the EMS GUI.
No locking or unlocking of the entity or of the board/media gateway is required to
perform the configuration.

‘Offline_create’ will sometimes appear as ‘Online’ and at other times as ‘Offline’,
depending on the user’s specific configuration.

From the EMS user’s point of view, ‘Instant_apply’ is identical to ‘Instant’.
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2.1 Frame: Advanced Applications Provisioning

2.1.1 Tab: Voice Mall

Frame: Advanced Applications Provisioning, Tab: Voice Mail

Parameter Type Provisioning Default Description
Name Type Value
Line Enum: Instant 0 LineTransferMode: 0-ip 1-pbx blind transfer
Transfer ip(0), 2-pbx semi supv transfer 3-supervised
Mode  pbxblindtransfer(1), transfer (also known as warm transfer).
pbxsemisupervised( (in TP, feature key and parameter
2), EnablelPMDetectors needed)
pbxsupervisedtransf Mib name: voiceMailLineTransferMode
er(3) INI Name: LINETRANSFERMODE
Profile name: Digital SIP Advance Profile
Voice Mall Enum: Instant 0 Selects the method of communication
Interface | none(0), dtmf(1), between PBX and the Gateway, that is used
smdi(2), gsig(3), instead of legacy voicemail
isdnsetup(4), etsi(8) Mib name: voiceMaillnterface

INI Name: VOICEMAILINTERFACE
Profile name: Digital SIP Advance Profile

Digit
Patterns
Digit String Instant Digit pattern used to indicate Call Forward
Pattern Up to 119 chars. with no reason (PBX to VoiceMail)
Forward Mib name: vmDigitPatternNoReason
No INI Name:
Reason DIGITPATTERNFORWARDNOREASON
Profile name: Digital SIP Advance Profile
Digit String Instant Digit pattern used to indicate Call Forward on
Pattern Up to 119 chars. busy (PBX to VoiceMail)
Forward Mib name: vmDigitPatternOnBusy
On Busy INI Name:
DIGITPATTERNFORWARDONBUSY
Profile name: Digital SIP Advance Profile
Digit String Instant Digit pattern used to indicate Call Forward on
Pattern Up to 119 chars. no answer (PBX to VoiceMail)
Forward Mib name: vmDigitPatternOnNoAnswer
On No INI Name:
Answer DIGITPATTERNFORWARDONNOANSWER
Profile name: Digital SIP Advance Profile
Digit String Instant Digit pattern used to indicate Call Forward on
Pattern Up to 119 chars. Do Not Disturb (PBX to VoiceMail)
Forward Mib name: vmDigitPatternOnDND
On DND INI Name:

DIGITPATTERNFORWARDONDND
Profile name: Digital SIP Advance Profile
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2. Provisioning Parameters

Parameter Type Provisioning Default Description
Name Type Value
Digit String Instant Digit pattern used to indicate internal call
Pattern Up to 119 chars. (PBX to VoiceMail)
Internal Mib name: vmDigitPatterninternalCall
Call INI Name: DIGITPATTERNINTERNALCALL
Profile name: Digital SIP Advance Profile
Digit String Instant Digit pattern used to indicate external call
Pattern Up to 119 chars. (PBX to VoiceMail)
External Mib name: vmDigitPatternExternalCall
Call INI Name: DIGITPATTERNEXTERNALCALL
Profile name: Digital SIP Advance Profile
Tel String Instant Disconnect call if digit string is received from
Disconnec. Up to 24 chars. the TEL side during session
t Code Mib name: vmDigitPatternDisconnectCode
INI Name: TELDISCONNECTCODE
Profile name: Digital SIP Advance Profile
VM Digit String Instant Digit pattern used to indicate Call Forward on
Pattern On| Up to 119 chars. busy (PBX to VoiceMail)
Busy Mib name:
External vmDigitPatternVmDigitPatternOnBusyExtern
al
INI Name:
DIGITPATTERNFORWARDONBUSYEXT
Profile name: Digital SIP Advance Profile
VM Digit String Instant Digit pattern used to indicate Call Forward on
Pattern On| Up to 119 chars. no answer (PBX to VoiceMail)
No Answer Mib name:
External vmDigitPatternVmDigitPatternOnNoAnswerE
xternal
INI Name:
DIGITPATTERNFORWARDONNOANSWER
EXT
Profile name: Digital SIP Advance Profile
VM Digit String Instant Digit pattern used to indicate Call Forward on
Pattern On| Up to 119 chars. Do Not Disturb (PBX to VoiceMail)
DND Mib name:
External vmDigitPatternVmDigitPatternOnDNDExterna
I
INI Name:
DIGITPATTERNFORWARDONDNDEXT
Profile name: Digital SIP Advance Profile
VM Digit String Instant Digit pattern used to indicate Call Forward
Pattern No Up to 119 chars. with no reason (PBX to VoiceMail)
Reason Mib name:
External vmDigitPatternVmDigitPatternNoReasonExte
rnal
INI Name:
DIGITPATTERNFORWARDNOREASONEXT
Profile name: Digital SIP Advance Profile
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Parameter
Name

Digit To
Ignore

MWI

MWI On
Code

MWI Off
Code

MWI Suffix
Code

MWI
Source
Number

SMDI

Enable
SMDI

Type

String

Up to 50 chars.

String

Up to 25 chars.

String

Up to 25 chars.

String

Up to 25 chars.

String

Up to 50 chars.

Enum:
Disable(0),
Enable(1)

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Offline

Value

Description

A digit (0-9,A-D,* or #) that if received as Src
(S) or Redirect (R), the digit is ignored and
not added to that number. Used in DTMF
VoiceMail.

Mib name: vmDigitPatternDigitTolgnore

INI Name: DIGITPATTERNDIGITTOIGNORE
Profile name: Digital SIP Advance Profile

Digit pattern used to notify PBX about
messages waiting for extension (added as
prefix)

Mib name: vmMWIOnCode

INI Name: MWIONCODE

Profile name: Digital SIP Advance Profile

Digit pattern used to notify PBX about no
messages waiting for extension (added as
prefix)

Mib name: vmMWIOffCode

INI Name: MWIOFFCODE

Profile name: Digital SIP Advance Profile

MWI suffix code used to notify PBX about
messages waiting for extension (added as
suffix to the extention number)

Mib name: vmMWISuffixCode

INI Name: MWISUFFIXCODE

Profile name: Digital SIP Advance Profile

The phone number sent as source number
toward PSTN for MWI setup

Mib name: vmMWISourceNumber

INI Name: MWISOURCENUMBER

Profile name: Digital SIP Advance Profile

Enables the Simplified Message Desk
Interface (SMDI). SMDI defines a method
whereby telephony systems can provide
voice-messaging systems with data required
by those telephony systems to process
incoming calls intelligently. Whenever the
phone system routes a call, it sends an SMDI
message through an EIA/TIA-232 connection
to the voice-messaging system that tells it the
line that it is using, the type of call that it is
forwarding, and information about the source
and destination of the call.

0 = Normal Serial

1 = Serial SMDI

Mib name: vmSMDIEnable

INI Name: SMDI

Profile name: Digital SIP Advance Profile

OAM Guide
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Parameter Type Provisioning Default Description
Name Type Value
SMDI Integer Instant 2000 | Time out for:
Timeout 0-120000 1. From SMDI Info until SETUP
2. From SETUP until SMDI event
Mib name: vmSMDITimeOut
INI Name: SMDITIMEOUT
Profile name: Digital SIP Advance Profile
212 Tab: MLPP
Frame: Advanced Applications Provisioning, Tab: MLPP
Parameter Type Provisioning Default Description
Name Type Value
Call Priority Enum: Instant 0 Priority mode:
Mode Disable(0), O-disable
MLPP(1), 1-MLPP
Emergency(2) 2-emergency
Mib name: mippCallPriorityMode
INI Name: CALLPRIORITYMODE
Profile name: Digital SIP Advance Profile
Default Name Enum: Instant 1 MLPP Default Namespace
Space DSN(1), DOD(2), Mib name: mippDefaultNamespace
DRSN(3), UC(5) INI Name: MLPPDEFAULTNAMESPACE
Profile name: Digital SIP Advance Profile
Default Call String Instant SIP Default Call Priority
Priority Up to 29 chars. Mib name: mippDefaultCallPriority
INI Name: SIPDEFAULTCALLPRIORITY
Profile name: Digital SIP Advance Profile
Diff Serv Integer Instant 50 DiffServ value for MLPP calls
0-63 Mib name: mlppDiffServ
INI Name: MLPPDIFFSERV
Profile name: Digital SIP Advance Profile
Preemption Integer Instant 3 Preemption Tone Duration, 0-60 seconds.
Tone 0-60 Mib name: mippPreemptionToneDuration
Duration INI Name: PREEMPTIONTONEDURATION
Profile name: Digital SIP Advance Profile
Default String Instant 000000 MLPP Default Service Domain String (6 Hex
Service Up to 6 chars. Digits)
Domain Mib name: mlppDefaultServiceDomain
INI Name:
MLPPDEFAULTSERVICEDOMAIN
Profile name: Digital SIP Advance Profile
Normalized String Instant 000000  MLPP Normalized Service Domain String (6
Service Up to 6 chars. Hex Digits)
Domain Mib name: mippNormalizedServiceDomain
INI Name:
MLPPNORMALIZEDSERVICEDOMAIN
Profile name: Digital SIP Advance Profile
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Parameter Type Provisioning Default Description
Name Type Value
RTP DSCP Integer Instant -1 Defines the RTP DSCP for MLPP Routine
for MLPP -1-63 call
Routine Mib name: mlppRoutineRTPDSCP
INI Name: MLPPROUTINERTPDSCP
Profile name: Digital SIP Advance Profile
RTP DSCP Integer Instant -1 Defines the RTP DSCP for MLPP Priority
for MLPP -1-63 call
Priority Mib name: mippPriorityRTPDSCP
INI Name: MLPPPRIORITYRTPDSCP
Profile name: Digital SIP Advance Profile
RTP DSCP Integer Instant -1 Defines the RTP DSCP for MLPP
for MLPP -1-63 Immediate call
Immediate Mib name: mipplmmediateRTPDSCP
INI Name: MLPPIMMEDIATERTPDSCP
Profile name: Digital SIP Advance Profile
RTP DSCP Integer Instant -1 Defines the RTP DSCP for MLPP Flash call
for MLPP -1-63 Mib name: mlppFlashRTPDSCP
Flash INI Name: MLPPFLASHRTPDSCP
Profile name: Digital SIP Advance Profile
RTP DSCP Integer Instant -1 Defines the RTP DSCP for MLPP Flash-
for MLPP -1-63 Override call
Flash Mib name: mippFlashOverRTPDSCP
Override INI Name: MLPPFLASHOVERRTPDSCP
Profile name: Digital SIP Advance Profile
RTP DSCP Integer Instant -1 Defines the RTP DSCP for MLPP Flash-
for MLPP -1-63 Override-Override call
Flash- Mib name: mippFlashOverOverRTPDSCP
Override- INI Name:
Override MLPPFLASHOVEROVERRTPDSCP
Profile name: Digital SIP Advance Profile
E911 MLPP Enum: Instant 0 Defines the MLPP E911 Preemption mode:
Behavior | standardMode(0), (0)-Standard Mode (ets calls will have the
routineMode(1) highest priority and can preemt any mipp
call),
(1)-Treat as routine mode (ets calls are
treated as routine calls)
Mib name: mippE911Behavior
INI Name: E911MLPPBEHAVIOR
Profile name: Digital SIP Advance Profile
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2. Provisioning Parameters

2.1.3 Tab: Emergency

Frame: Advanced Applications Provisioning, Tab: Emergency

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Emergency numbers, starting at 0.
0-3 Mib name: acEmergencyNumbersindex
Profile name: Not Profiled
Emergency Integer Instant 10 [min] Regret time for call that is marked as
Regret 1-30 Emergency
Timeout Mib name: acEmergencyRegretTimeout
INI Name:
EMERGENCYREGRETTIMEOUT
Profile name: Digital SIP Advance Profile
Emergency String Instant Emergency numbers
Numbers Up to 4 chars. Mib name: acEmergencyNumbersNumbers
INI Name: EMERGENCYNUMBERS
Profile name: Digital SIP Emergency Table
Profile
Emrgncy Enum: Instant 0 When enabled, if an emergency call is
Special Rel Disable(0), rejected it will be rejected with 503.
Cse Enable(1) Mib name: miscEmrgncySpecialRelCse
INI Name:
EMERGENCYSPECIALRELEASECAUSE
Profile name: Digital SIP Advance Profile
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2.2 Frame: Bandwidth Management

2.2.1 Tab: Bandwidth Management

Frame: Bandwidth Management, Tab: Bandwidth Management

Parameter Type Provisioning Default Description
Name Type Value
Rule Action Enum: Instant 0 Rule Action
reportOnly(0), Mib name:
noMoreCalls(1), acBandwidthManagementRuleAction
IbrCalls(2), INI Name:
ptimeMul2(3), BWMANAGEMENT_RULEACTION
ptimeMul4(4), Profile name: Bandwidth Management
noAction(5) Profile
Threshold Integer Instant 0 Threshold
0-4294967295 Mib name:
acBandwidthManagementThreshold
INI Name:

BWMANAGEMENT_THRESHOLD
Profile name: Bandwidth Management

Profile
Hysteresis Integer Instant 0 Hysteresis
0-4294967295 Mib name:
acBandwidthManagementHysteresis
INI Name:

BWMANAGEMENT_HYSTERESIS
Profile name: Bandwidth Management
Profile

OAM Guide 24 Document #: LTRT-32126



OAM Guide 2. Provisioning Parameters

2.3  Frame: CLI Terminals Provisioning

2.3.1 Tab: CLI Terminals Provisioning

Frame: CLI Terminals Provisioning, Tab: CLI Terminals Provisioning

Parameter Type Provisioning Default Description
Name Type Value
Telnet & SSH
Server Enum: Instant 0 Enables or disables the embedded Telnet
Enable disable(0), server. Telnet is disabled by default for
enable(1), ssl(2) security reasons.

0 = Disable
1= Enable

2 = SSL mode (if available - requires an
SSL-aware Telnet client software)

SSL mode is not available on the MP-108 /
MP-124 media gateways

Mib name: acSysTelnetServerEnable

INI Name: TELNETSERVERENABLE
Profile name: Digital CLI Terminals Profile

Server Port Integer Online 23 Defines the port number for the embedded
0-65535 Telnet server.
Range = Valid port number
Mib name: acSysTelnetServerPort
INI Name: TELNETSERVERPORT
Profile name: Digital CLI Terminals Profile

Server Idle Integer Offline 0 This parameter is used to set the timeout for

Disconnect 0-2147483647 disconnection of an idle Telnet session
(minutes). When set to zero, idle sessions
are not disconnected.

Range: Any number

Mib name:
acSysTelnetServerldleDisconnect

INI Name:
TELNETSERVERIDLEDISCONNECT
Profile name: Digital CLI Terminals Profile

SSH Server Integer Online 22 Defines the port number for the embedded
Port 0-65535 SSH server.
Range = Valid port number
Mib name: acSysTelnetSSHServerPort
INI Name: SSHSERVERPORT
Profile name: Digital CLI Terminals Profile

SSH Server Enum: Online 0 Enables or disables the embedded SSH
Enable Disable(0), server.
Enable(1) 0 = Disable
1= Enable

Mib name: acSysTelnetSSHServerEnable
INI Name: SSHSERVERENABLE
Profile name: Digital CLI Terminals Profile
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Parameter Type Provisioning Default Description
Name Type Value
SSH Admin String Instant This parameter holds an RSA public key for
Key Up to 510 chars. strong authentication to the SSH interface (if
enabled).
The value should be a base64-encoded
string; see the Security appendix for
additional information.
Mib name: acSysTelnetSSHAdmInKey
INI Name: SSHADMINKEY
Profile name: Digital CLI Terminals Profile
SSH Require Enum: Instant 0 Enables or disables RSA public keys in
Public Key Disable(0), SSH.
Enable(1) When set to 0, RSA public keys are optional
(if SSHAdminKey is set).
When set to 1, RSA public keys are
mandatory.
Mib name:
acSysTelnetSSHRequirePublicKey
INI Name: SSHREQUIREPUBLICKEY
Profile name: Digital CLI Terminals Profile
Telnet SSH Integer Online 2 Configure maximum allowed number of
Max Sessions 1-2 SSH sessions.
Mib name: acSysTelnetSSHMaxSessions
INI Name: SSHMAXSESSIONS
Profile name: Digital CLI Terminals Profile
SSH Max Integer Online 32768 | Configure maximum uncompressed payload
Payload Size 550-32768 size for SSH packets, in bytes.
Mib name:
acSysTelnetSSHMaxPayloadSize
INI Name: SSHMAXPAYLOADSIZE
Profile name: Digital CLI Terminals Profile
SSH Max Integer Online 35000 | Configure maximum packet size for SSH
Binary Packet 582-35000 packets, in bytes.
Size Mib name:
acSysTelnetSSHMaxBinaryPacketSize
INI Name: SSHMAXBINARYPACKETSIZE
Profile name: Digital CLI Terminals Profile
Serial IF
Baud Rate Enum: Offline 9600 Enables changes to the Serial Baud Rate
r1200(1200), for Simplified Message Desk Interface
r2400(2400), (SMDI).
r4800(4800),
r9600(9600), Standard values: 1200, 2400, 9600, 14400,
r14400(14400), 19200, 38400, 57600, 115200.
r19200(19200), Mib name: acSysSeriallFBaudRate
r38400(38400), INI Name: SERIALBAUDRATE
r57600(57600), Profile name: Digital CLI Terminals Profile
r115200(115200)
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Parameter Type Provisioning Default Description
Name Type Value
Data Integer Offline 8 Changes the serial data bit for the Simplified
7-8 Message Desk Interface (SMDI).
7 =7 Bit
8 = 8 Bit

Mib name: acSysSeriallFData
INI Name: SERIALDATA
Profile name: Digital CLI Terminals Profile

Parity Enum: Offline 0 Changes the serial parity for the Simplified
none(0), odd(1), Message Desk Interface (SMDI).
even(2)
0 = None
1=0dd
2=Even

Mib name: acSysSeriallFParity
INI Name: SERIALPARITY
Profile name: Digital CLI Terminals Profile

Stop Integer Offline 1 Changes the serial stop for the Simplified
1-2 Message Desk Interface (SMDI).
1=1Bit
2 =2 Bit

Mib name: acSysSeriallFStop
INI Name: SERIALSTOP
Profile name: Digital CLI Terminals Profile

Flow Control Enum: Offline 0 Changes the serial flow control for the
none(0), Simplified Message Desk Interface (SMDI).
hardware(1)
0 = None

1 = Hardware

Mib name: acSysSeriallFFlowControl

INI Name: SERIALFLOWCONTROL
Profile name: Digital CLI Terminals Profile
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2.4  Frame: Coder Group 1 Provisioning

24.1 Tab: General Settings

Frame: Coder Group 1 Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Coder Name Enum: Instant 0 Coders Group name.
g7231(0), Mib name: codersGrouplName
g711Alaw64k(1), INI Name: CODERSGROUP1_NAME
g711Ulaw64k(2), Profile name: Not Profiled
g729(3), g726(5),
g726r16(6),
g726r24(7),
g726r32(8),
g726r40(9),
netCoder8(10),

netCoder6-4(11),
netCoder7-2(12),
netCoder8-8(13),
gWTransparent(14),
g729AnnexB(17),
eVRC(22), amr(23),
gsm-fr(24), gsm-
ms(25), GsmEfr(26),
ILBC(27),
QCELP(28), T38(29),
g711Alaw64k-VBD
(30), g711Ulaw64k-
VBD (31), EVRC-
B(32), G722(33),
AMR-WB(34),
eg711Alaw(35),
eg711Ulaw(36),
g7291(37),
v1501mr(38), ms-rta-
nb(39), wb-rta(40),
Speex-NB(41),
Speex-WB(42),
invalideCoder(99)

Packetization Integer Instant 0 Coders Group packetization time.
Time 0-4294967295 Mib name:
codersGrouplPacketizationTime
INI Name: CODERSGROUP1_PTIME
Profile name: Not Profiled

Rate Integer Instant 0 Coders Group rate.
0-64000 Mib name: codersGrouplRate
INI Name: CODERSGROUP1_RATE
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Payload Integer Instant -1 Coders Group payload type.
Type -1-127 Mib name: codersGrouplPayloadType
INI Name:

CODERSGROUP1_PAYLOADTYPE
Profile name: Not Profiled

Silence Enum: Instant 0 Coders Group silence suppression.
Suppression Disable(0), Mib name:
Enable(1), codersGrouplSilenceSuppression
EnableAdaptations(2) INI Name: CODERSGROUP1_SCE

Profile name: Not Profiled

Version 6.6 29 December 2012



Vs W .
f & AudioCodes Mediant 3000 with TP-8410

2.5 Frame: Coder Group 2 Provisioning

251 Tab: General Settings

Frame: Coder Group 2 Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Coder Name Enum: Instant 0 Coders Group name.
g7231(0), Mib name: codersGroup2Name
g711Alaw64k(1), INI Name: CODERSGROUP2_NAME
g711Ulaw64k(2), Profile name: Not Profiled
g729(3), g726(5),
g726r16(6),
g726r24(7),
g726r32(8),
g726r40(9),
netCoder8(10),

netCoder6-4(11),
netCoder7-2(12),
netCoder8-8(13),
gWTransparent(14),
g729AnnexB(17),
eVRC(22), amr(23),
gsm-fr(24), gsm-
ms(25), GsmEfr(26),
ILBC(27),
QCELP(28), T38(29),
g711Alaw64k-VBD
(30), g711Ulaw64k-
VBD (31), EVRC-
B(32), G722(33),
AMR-WB(34),
eg711Alaw(35),
eg711Ulaw(36),
g7291(37),
v1501mr(38), ms-rta-
nb(39), wb-rta(40),
Speex-NB(41),
Speex-WB(42),
invalideCoder(99)

Packetization Integer Instant 0 Coders Group packetization time.
Time 0-4294967295 Mib name:
codersGroup2PacketizationTime
INI Name: CODERSGROUP2_PTIME
Profile name: Not Profiled

Rate Integer Instant 0 Coders Group rate.
0-64000 Mib name: codersGroup2Rate
INI Name: CODERSGROUP2_RATE
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Payload Integer Instant -1 Coders Group payload type.
Type -1-127 Mib name: codersGroup2PayloadType
INI Name:

CODERSGROUP2_PAYLOADTYPE
Profile name: Not Profiled

Silence Enum: Instant 0 Coders Group silence suppression.
Suppression Disable(0), Mib name:
Enable(1), codersGroup2SilenceSuppression
EnableAdaptations(2) INI Name: CODERSGROUP2_SCE

Profile name: Not Profiled
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2.6 Frame: Coder Group 3 Provisioning

2.6.1 Tab: General Settings

Frame: Coder Group 3 Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Coder Name Enum: Instant 0 Coders Group name.
g7231(0), Mib name: codersGroup3Name
g711Alaw64k(1), INI Name: CODERSGROUP3_NAME
g711Ulaw64k(2), Profile name: Not Profiled
g729(3), g726(5),
g726r16(6),
g726r24(7),
g726r32(8),
g726r40(9),
netCoder8(10),

netCoder6-4(11),
netCoder7-2(12),
netCoder8-8(13),
gWTransparent(14),
g729AnnexB(17),
eVRC(22), amr(23),
gsm-fr(24), gsm-
ms(25), GsmEfr(26),
ILBC(27),
QCELP(28), T38(29),
g711Alaw64k-VBD
(30), g711Ulaw64k-
VBD (31), EVRC-
B(32), G722(33),
AMR-WB(34),
eg711Alaw(35),
eg711Ulaw(36),
g7291(37),
v1501mr(38), ms-rta-
nb(39), wb-rta(40),
Speex-NB(41),
Speex-WB(42),
invalideCoder(99)

Packetization Integer Instant 0 Coders Group packetization time.
Time 0-4294967295 Mib name:
codersGroup3PacketizationTime
INI Name: CODERSGROUP3_PTIME
Profile name: Not Profiled

Rate Integer Instant 0 Coders Group rate.
0-64000 Mib name: codersGroup3Rate
INI Name: CODERSGROUP3_RATE
Profile name: Not Profiled

OAM Guide 32 Document #: LTRT-32126



OAM Guide 2. Provisioning Parameters

Parameter Type Provisioning Default Description
Name Type Value
Payload Integer Instant -1 Coders Group payload type.
Type -1-127 Mib name: codersGroup3PayloadType
INI Name:

CODERSGROUP3_PAYLOADTYPE
Profile name: Not Profiled

Silence Enum: Instant 0 Coders Group silence suppression.
Suppression Disable(0), Mib name:
Enable(1), codersGroup3SilenceSuppression
EnableAdaptations(2) INI Name: CODERSGROUP3_SCE

Profile name: Not Profiled
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2.7 Frame: Coder Group 4 Provisioning

2.7.1 Tab: General Settings

Frame: Coder Group 4 Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Coder Name Enum: Instant 0 Coders Group name.
g7231(0), Mib name: codersGroup4Name
g711Alaw64k(1), INI Name: CODERSGROUP4_NAME
g711Ulaw64k(2), Profile name: Not Profiled
g729(3), g726(5),
g726r16(6),
g726r24(7),
g726r32(8),
g726r40(9),
netCoder8(10),

netCoder6-4(11),
netCoder7-2(12),
netCoder8-8(13),
gWTransparent(14),
g729AnnexB(17),
eVRC(22), amr(23),
gsm-fr(24), gsm-
ms(25), GsmEfr(26),
ILBC(27),
QCELP(28), T38(29),
g711Alaw64k-VBD
(30), g711Ulaw64k-
VBD (31), EVRC-
B(32), G722(33),
AMR-WB(34),
eg711Alaw(35),
eg711Ulaw(36),
g7291(37),
v1501mr(38), ms-rta-
nb(39), wb-rta(40),
Speex-NB(41),
Speex-WB(42),
invalideCoder(99)

Packetization Integer Instant 0 Coders Group packetization time.
Time 0-4294967295 Mib name:
codersGroup4PacketizationTime
INI Name: CODERSGROUP4_PTIME
Profile name: Not Profiled

Rate Integer Instant 0 Coders Group rate.
0-64000 Mib name: codersGroup4Rate
INI Name: CODERSGROUP4_RATE
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Payload Integer Instant -1 Coders Group payload type.
Type -1-127 Mib name: codersGroup4PayloadType
INI Name:

CODERSGROUP4_PAYLOADTYPE
Profile name: Not Profiled

Silence Enum: Instant 0 Coders Group silence suppression.
Suppression Disable(0), Mib name:
Enable(1), codersGroup4SilenceSuppression
EnableAdaptations(2) INI Name: CODERSGROUP4_SCE

Profile name: Not Profiled
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2.8 Frame: Coder Group Provisioning

2.8.1 Tab: General Settings

Frame: Coder Group Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Name Enum: Instant 0 Coders Group name.
g7231(0), Mib name: codersGroupName
g711Alaw64k(1), INI Name: CODERSGROUP_NAME
g711Ulaw64k(2), Profile name: Not Profiled
g729(3), g726(5),
g726r16(6),
g726r24(7),
g726r32(8),
g726r40(9),
netCoder8(10),

netCoder6-4(11),
netCoder7-2(12),
netCoder8-8(13),
gWTransparent(14),
g729AnnexB(17),
eVRC(22), amr(23),
gsm-fr(24), gsm-
ms(25), GsmEfr(26),
ILBC(27),
QCELP(28), T38(29),
g711Alaw64k-VBD
(30), g711Ulaw64k-
VBD (31), EVRC-
B(32), G722(33),
AMR-WB(34),
eg711Alaw(35),
eg711Ulaw(36),
g7291(37),
v1501mr(38), ms-rta-
nb(39), wb-rta(40),
Speex-NB(41),
Speex-WB(42),
invalideCoder(99)

Packetization Integer Instant 0 Coders Group packetization time.
Time 0-4294967295 Mib name: codersGroupPacketizationTime
INI Name: CODERSGROUP_PTIME
Profile name: Not Profiled

Rate Integer Instant 0 Coders Group rate.
0-64000 Mib name: codersGroupRate
INI Name: CODERSGROUP_RATE
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Payload Integer Instant -1 Coders Group payload type.
Type -1-127 Mib name: codersGroupPayloadType
INI Name:

CODERSGROUP_PAYLOADTYPE
Profile name: Not Profiled

Silence Enum: Instant 0 Coders Group silence suppression.
Suppression Disable(0), Mib name:
Enable(1), codersGroupSilenceSuppression
EnableAdaptations(2) INI Name: CODERSGROUP_SCE

Profile name: Not Profiled
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2.9 Frame: Coders and Profiles Provisioning
29.1 Tab: Coders Group
Frame: Coders and Profiles Provisioning, Tab: Coders Group
Parameter Type Provisioning Default Description
Name Type Value
Coder Index Integer NA 0 Index Field for line.
0-9 Mib name: codersGrouplndex
INI Name: CODERSGROUP_INDEX
Profile name: Not Profiled
Group Index Integer NA 0 Index field for table.
0-10 Mib name: codersGroupTableldx
Profile name: Not Profiled
Status Enum: NA 0 ROWSTATUS field for line.
Mib name: codersGroupRowStatus
Profile name: Not Profiled
Name Enum: Instant 0 Coders Group name.
g7231(0), Mib name: codersGroupName
g711Alaw64k(1), INI Name: CODERSGROUP_NAME
g711Ulaw64k(2), Profile name: Not Profiled
g729(3), g726(5),
g726r16(6),
g726r24(7),
g726r32(8),
g726r40(9),
netCoder8(10),
netCoder6-4(11),
netCoder7-2(12),
netCoder8-8(13),
gWTransparent(14),
g729AnnexB(17),
eVRC(22), amr(23),
gsm-fr(24), gsm-
ms(25), GsmEfr(26),
ILBC(27),
QCELP(28), T38(29),
g711Alaw64k-VBD
(30), g711Ulaw64k-
VBD (31), EVRC-
B(32), G722(33),
AMR-WB(34),
eg711Alaw(35),
eg711Ulaw(36),
g7291(37),
v1501mr(38), ms-rta-
nb(39), wb-rta(40),
Speex-NB(41),
Speex-WB(42),
invalideCoder(99)
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Parameter Type Provisioning Default Description
Name Type Value
Packetization Integer Instant 0 Coders Group packetization time.
Time 0-4294967295 Mib name: codersGroupPacketizationTime
INI Name: CODERSGROUP_PTIME
Profile name: Not Profiled
Rate Integer Instant 0 Coders Group rate.
0-64000 Mib name: codersGroupRate
INI Name: CODERSGROUP_RATE
Profile name: Not Profiled
Payload Integer Instant -1 Coders Group payload type.
Type -1-127 Mib name: codersGroupPayloadType
INI Name:
CODERSGROUP_PAYLOADTYPE
Profile name: Not Profiled
Silence Enum: Instant 0 Coders Group silence suppression.
Suppression Disable(0), Mib name:
Enable(1), codersGroupSilenceSuppression
EnableAdaptations(2) INI Name: CODERSGROUP_SCE
Profile name: Not Profiled
2.9.2 Tab: IP Profile
Frame: Coders and Profiles Provisioning, Tab: IP Profile
Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 1 Entry number, starting at 1.
1-9 Mib name: iPProfilelndex
INI Name: IPPROFILE_INDEX
Profile name: Not Profiled
Status Enum: NA 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: iPProfileRowStatus
NotReady(3), Profile name: Digital SIP IP Profile
CreateAndGo(4),
CreateAndWait(5),
Destroy(6)
Preference Integer Instant 0 Preference
0-20 Mib name: iPProfilePreference
INI Name: IPPROFILE_IPPREFERENCE
Profile name: Digital SIP IP Profile
Profile String Instant Profile Name
Name Up to 19 chars. Mib name: iPProfileProfileName
INI Name: IPPROFILE_PROFILENAME
Profile name: Digital SIP IP Profile
Coders Integer Instant 0 Coders Group ID
Group ID 0-4 Mib name: iPProfileCodersGrouplD
INI Name: IPPROFILE_CODERSGROUPID
Profile name: Digital SIP IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
Fax used Enum: Instant 0 Use H.323/Annex D procedure for real time
NoFax(0), t38(1), FAX relay. To use this feature, disable
g711(2), fallBack(3), inband DTMF by setting the
NotConfigured(255) FaxTransportMode to 1
Mib name: iPProfilelsFaxUsed
INI Name: IPPROFILE_ISFAXUSED
Profile name: Digital SIP IP Profile
DJBuf Min Integer Instant 0 Dynamic Jitter Buffer Minimum Delay (msec)
Delay 0-255 Mib name: iPProfileDJBufMinDelay
INI Name:
IPPROFILE_JITTERBUFMINDELAY
Profile name: Digital SIP IP Profile
DJBuf Integer Instant 0 Dynamic jitter buffer frame error/delay
Optimization 0-255 optimization
Factor Mib name: iPProfileDJBufOptFactor
INI Name:
IPPROFILE_JITTERBUFOPTFACTOR
Profile name: Digital SIP IP Profile
RTP Integer Instant 0 IP DiffServ byte value
DiffServ 0-255 Mib name: iPProfilelPDiffServ
INI Name: IPPROFILE_IPDIFFSERV
Profile name: Digital SIP IP Profile
Signalling Integer Instant 0 Type Of Service bits in IP header of
DiffServ 0-255 signalling messages.
Mib name: iPProfileSigIPDiffServ
INI Name: IPPROFILE_SIGIPDIFFSERV
Profile name: Digital SIP IP Profile
Enable Enum: Instant 1 Silence Suppression mode.
Silence disable(0), Mib name: iPProfileSCE
Suppression enable(1), INI Name: IPPROFILE_SCE
enableWithoutAdapt Profile name: Digital SIP IP Profile
ation(2),
NotConfigured(255)
RTP Integer Instant 0 Enables or disables generation of RFC 2198
Redundancy 0-255 redundancy packets
Depth Mib name: iPProfileRTPRedundancyDepth
INI Name:
IPPROFILE_RTPREDUNDANCYDEPTH
Profile name: Digital SIP IP Profile
Remote Integer Instant 0 Remote Base UDP Port For Aggregation
Base UDP 0-65535 Mib name: iPProfileRemoteBaseUDPPort
Port INI Name:
IPPROFILE_REMOTEBASEUDPPORT
Profile name: Digital SIP IP Profile
Cng Enum: Instant 0
Detector Disable(0), Mib name: iPProfileCngDetectorMode
Mode Relay(1), INI Name: IPPROFILE_CNGMODE
EventsOnly(2), Profile name: Digital SIP IP Profile
NotConfigured(255)
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Parameter Type Provisioning Default Description
Name Type Value
Vxx Modem Enum: Instant 0
Transport Disable(0), Mib name: iPProfileVxxModemTransportType
Type EnableRelay(1), INI Name:
EnableBypass(2), IPPROFILE_VXXTRANSPORTTYPE
EventsOnly(3), Profile name: Digital SIP IP Profile
NotConfigured(255)
NSE Mode Enum: Instant 0
Disable(0), Mib name: iPProfileNSEMode
Enable(1), INI Name: IPPROFILE_NSEMODE
NotConfigured(255) Profile name: Digital SIP IP Profile
Play Enum: Instant 0
Ringback NotPlay(0), Play(1), Mib name: iPProfilePlayRingbackToneTolP
Tone To IP NotConfigured(255) INI Name: IPPROFILE_PLAYRBTONEZ2IP
Profile name: Digital SIP IP Profile
Enable Enum: Instant 0
Early Media Disable(0), Mib name: iPProfileEnableEarlyMedia
Enable(1), INI Name:
NotConfigured(255) IPPROFILE_ENABLEEARLYMEDIA
Profile name: Digital SIP IP Profile
Progress Enum: Instant 0
Indicator To Default(-1), NoPI(0), Mib name: iPProfileProgressindicatorTolP
IP PI1(1), PI8(8), INI Name:
NotConfigured(255) IPPROFILE_PROGRESSINDICATOR2IP
Profile name: Digital SIP IP Profile
ECE Enum: Instant 1 Enables or disables the echo canceler.
NotConfigured(-1), Mib name: iPProfileECE
Disable(0), INI Name:
Enable(1) IPPROFILE_ENABLEECHOCANCELLER
Profile name: Digital SIP IP Profile
Media Enum: Instant 255
Security | NotConfigured(-1), Mib name: iPProfileMediaSecurityBehavior
Behavior Preferable(0), INI Name:
Mandatory(1), IPPROFILE_MEDIASECURITYBEHAVIOUR
preferableSingleMe Profile name: Digital SIP IP Profile
dia(2)
Call Limit Integer Instant -1
-1-200000 Mib name: iPProfileCallLimit
INI Name: IPPROFILE_CALLLIMIT
Profile name: Digital SIP IP Profile
Disconnect Enum: Instant -1
On Broken ' NotConfigured(-1), Mib name:
Connection No(0), yes(1) iPProfileDisconnectOnBrokenConnection
INI Name:
IPPROFILE_DISCONNECTONBROKENCO
NNECTION
Profile name: Digital SIP IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
Copy Dest Enum: Instant -1
to Redirect ' NotConfigured(-1), Mib name:
Number Disable(0), iPProfileCopyDest2RedirectNumber
AfterManipulation(1) INI Name:
, IPPROFILE_COPYDEST2REDIRECTNUMB
BeforeManipulation( ER
2) Profile name: Digital SIP IP Profile
Add IE In String Instant
Setup Up to 98 chars. Mib name: iPProfileAddIEInSetup
INI Name: IPPROFILE_ADDIEINSETUP
Profile name: Digital SIP IP Profile
Rx DTMF Enum: Instant -1
Option NotConfigured(-1), Mib name: iPProfileRXxDTMFOption
NotDeclared(0), INI Name: IPPROFILE_RXDTMFOPTION
DeclareRFC2833In Profile name: Digital SIP IP Profile
SDP(1)
First Tx Enum: Instant -1
DTMF NotConfigured(-1), Mib name: iPProfileFirstTxDtmfOption
Option NotSupported(0), INI Name:
InfoNortel(1), IPPROFILE_FIRSTTXDTMFOPTION
Notify(2), Profile name: Digital SIP IP Profile
InfoCisco(3),
RFC2833(4),
InfoKorea(5)
Second Tx Enum: Instant -1
DTMF NotConfigured(-1), Mib name: iPProfileSecondTxDtmfOption
Option NotSupported(0), INI Name:
InfoNortel(1), IPPROFILE_SECONDTXDTMFOPTION
Notify(2), Profile name: Digital SIP IP Profile
InfoCisco(3),
RFC2833(4),
InfoKorea(5)
Media IP Enum: Instant -1
Version | NotConfigured(-1), Mib name:
Preference onlylPv4(0), iPProfileMedialPVersionPreference
onlylPv6(1), INI Name:
preferlPv4(2), IPPROFILE_MEDIAIPVERSIONPREFEREN
preferlPv6(3) CE
Profile name: Digital SIP IP Profile
SBC Media Enum: Instant 0
Security asls(0), srtp(1), Mib name:
Behaviour rtp(2), both(3) iPProfileSBCMediaSecurityBehaviour
INI Name:
IPPROFILE_SBCMEDIASECURITYBEHAVI
OUR
Profile name: Digital SIP IP Profile
SBC Enum: Instant -1
Diversion | NotConfigured(-1), Mib name: iPProfileSBCDiversionMode
Mode DontCare(0), INI Name:
Add(1), Remove(2) IPPROFILE_SBCDIVERSIONMODE
Profile name: Digital SIP IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
SBC History Enum: Instant -1
Info Mode = NotConfigured(-1), Mib name: iPProfileSBCHistorylnfoMode
DontCare(0), INI Name:
Add(1), Remove(2) IPPROFILE_SBCHISTORYINFOMODE
Profile name: Digital SIP IP Profile
AMD Integer Instant -1
Sensitivity -1-7 Mib name:
Parameter iPProfileAMDSensitivityParameterSuit
Suit INI Name:
IPPROFILE_AMDSENSITIVITYPARAMETE
RSUIT
Profile name: Digital SIP IP Profile
AMD Integer Instant -1
Sensitivity -1-15 Mib name: iPProfileAMDSensitivityLevel
Level INI Name:
IPPROFILE_AMDSENSITIVITYLEVEL
Profile name: Digital SIP IP Profile
AMD Max Integer Instant -1
Greeting -1-511 Mib name: iPProfileAMDMaxGreetingTime
Time INI Name:
IPPROFILE_ AMDMAXGREETINGTIME
Profile name: Digital SIP IP Profile
AMD Max Integer Instant -1
Post Silence -1-511 Mib name:
Greeting iPProfleAMDMaxPostSilenceGreetingTime
Time INI Name:
IPPROFILE_AMDMAXPOSTSILENCEGREE
TINGTIME
Profile name: Digital SIP IP Profile
SBCRFC28 Enum: Instant 0
33 Behavior| Asls(0), Extend(1), Mib name: iPProfileSBCRFC2833Behavior
Disallow(2) INI Name:
IPPROFILE_SBCRFC2833BEHAVIOR
Profile name: Digital SIP IP Profile
SBC Enum: Instant 0
Alternative DontCare(0), Mib name:
DTMF Transparent(1), iPProfileSBCAlternativeDTMFMethod
Method InfoCisco(2), INI Name:
InfoNortel(3), IPPROFILE_SBCALTERNATIVEDTMFMET
InfoLucent(4) HOD
Profile name: Digital SIP IP Profile
SBC Assert Enum: Instant -1
Identity | NotConfigured(-1), Mib name: iPProfileSBCAssertldentity
DontCare(0), INI Name:
Add(1), Remove(2) IPPROFILE_SBCASSERTIDENTITY
Profile name: Digital SIP IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
SBC Fax Enum: Instant -1 | SBC Fax Coders Group ID
Coders None(-1), Mib name: iPProfileSBCFaxCodersGrouplD
Group ID | CodersGroup0(0), INI Name:
CodersGroupl(l), IPPROFILE_SBCFAXCODERSGROUPID
CodersGroup2(2), Profile name: Digital SIP IP Profile
CodersGroup3(3),
CodersGroup4(4)
SBC Fax Integer Instant 0 0 - As s, 1 - Handle always, 2 - Handle on
Behavior 0-2 Re-INVITE and block on INVITE.
Mib name: iPProfileSBCFaxBehavior
INI Name: IPPROFILE_SBCFAXBEHAVIOR
Profile name: Digital SIP IP Profile
SBC Fax Integer Instant 0 0 - Offer all supported fax coders, 1 - Offer a
Offer Mode 0-1 single fax coder (try to avoid transcoding)
Mib name: iPProfileSBCFaxOfferMode
INI Name:
IPPROFILE_SBCFAXOFFERMODE
Profile name: Digital SIP IP Profile
SBC Fax Integer Instant 0 0 - Put all supported fax coders in outgoing
Answer 0-1 answer, 1 - Put a single fax coder in the
Mode outgoing answer (try to avoid transcoding)
Mib name: iPProfileSBCFaxAnswerMode
INI Name:
IPPROFILE_SBCFAXANSWERMODE
Profile name: Digital SIP IP Profile
Enable Integer Instant -1
Symmetric = -1-2147483647 Mib name: iPProfileEnableSymmetricMKI
MKI INI Name:
IPPROFILE_ENABLESYMMETRICMKI
Profile name: Digital SIP IP Profile
SBC Enum: Instant 1 SBC Remote Multiple 18x Support.
Remote NotSupported(0), Mib name:
Multiple18x Supported(1) iPProfileSBCRemoteMultiple18xSupport
Support INI Name:
IPPROFILE_SBCREMOTEMULTIPLE18XSU
PPORT
Profile name: Digital SIP IP Profile
SBC Enum: Instant 0 SBC Remote Early Media Response Type.
Remote ResponseTypeTran Mib name:
Early Media sparent(0), iPProfileSBCRemoteEarlyMediaResponseTy
Response 'ResponseTypel80( pe
Type 1), INI Name:
ResponseTypel83( IPPROFILE_SBCREMOTEEARLYMEDIARE
2) SPONSETYPE
Profile name: Digital SIP IP Profile
SBC Enum: Instant 2 SBC Remote Update Support.
Remote NotSupported(0), Mib name:
Update  SupportedOnlyAfter iPProfileSBCRemoteUpdateSupport
Support Connect(1), INI Name:
Supported(2) IPPROFILE_SBCREMOTEUPDATESUPPO
RT
Profile name: Digital SIP IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
SBC Enum: Instant 2 SBC Remote Reinvite Support.
Remote NotSupported(0), Mib name:
Reinvite | SupportedOnlyWith iPProfileSBCRemoteReinviteSupport
Support SDP(1), INI Name:
Supported(2) IPPROFILE_SBCREMOTEREINVITESUPPO
RT
Profile name: Digital SIP IP Profile
SBC Enum: Instant -1 | SBC Remote Refer Behavior.
Remote | NotConfigured(-1), Mib name:
Refer Regular(0), iPProfileSBCRemoteReferBehavior
Behavior DBURL(2), INI Name:
IPGroupName(2), IPPROFILE_SBCREMOTEREFERBEHAVIO
HandleLocally(3) R
Profile name: Digital SIP IP Profile
SBC Enum: Instant 1 SBC Remote Early Media Support.
Remote NotSupported(0), Mib name:
Early Media Supported(1) iPProfileSBCRemoteEarlyMediaSupport
Support INI Name:
IPPROFILE_SBCREMOTEEARLYMEDIASU
PPORT
Profile name: Digital SIP IP Profile
SBC Enum: Instant -1 | SBC Remote 3xx Behavior.
Remote3xx NotConfigured(-1), Mib name: iPProfileSBCRemote3xxBehavior
Behavior Transparent(0), INI Name:
DBURL(1), IPPROFILE_SBCREMOTE3XXBEHAVIOR
HandleLocally(2) Profile name: Digital SIP IP Profile
SBC Enum: Instant 1 SBC Remote Delayed Offer Support.
Remote NotSupported(0), Mib name:
Delayed Supported(1) iPProfileSBCRemoteDelayedOfferSupport
Offer INI Name:
Support IPPROFILE_SBCREMOTEDELAYEDOFFER
SUPPORT
Profile name: Digital SIP IP Profile
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2.9.3 Tab: Telephony Profile
Frame: Coders and Profiles Provisioning, Tab: Telephony Profile
Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 1 Entry number, starting at 1.
1-9 Mib name: telProfilelndex
INI Name: TELPROFILE_INDEX
Profile name: Not Profiled
Status Enum: NA 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: telProfileRowStatus
NotReady(3), Profile name: Digital SIP Tel Profile
CreateAndGo(4),
CreateAndWait(5)
, Destroy(6)
Preference Integer Instant 0 Preference
0-20 Mib name: telProfilePreference
INI Name: TELPROFILE_TELPREFERENCE
Profile name: Digital SIP Tel Profile
Profile String Instant Profile Name
Name Up to 19 chars. Mib name: telProfileProfileName
INI Name: TELPROFILE_PROFILENAME
Profile name: Digital SIP Tel Profile
Coders Integer Instant 0 Coders Group ID
Group ID 0-4 Mib name: telProfileCodersGrouplD
INI Name:
TELPROFILE_CODERSGROUPID
Profile name: Digital SIP Tel Profile
Fax Used Enum: Instant 0 Use H.323/Annex D procedure for real time
NoFax(0), t38(1), FAX relay. To use this feature, disable
g711(2), inband DTMF by setting the
fallBack(3), FaxTransportMode to 1.0 - No fax , 1- T.38 ,
NotConfigured(25 2- Fax Fallback (G.711 with optimization).
5) Mib name: telProfilelsFaxUsed
INI Name: TELPROFILE_ISFAXUSED
Profile name: Digital SIP Tel Profile
DJBuf Min Integer Instant 0 Dynamic Jitter Buffer Minimum Delay (msec)
Delay 0-255 Mib name: telProfileDJBufMinDelay
INI Name:
TELPROFILE_JITTERBUFMINDELAY
Profile name: Digital SIP Tel Profile
DJBuf Integer Instant 0 Dynamic jitter buffer frame error/delay
Optimizatio 0-255 optimization
n Factor Mib name: telProfileDJBufOptFactor
INI Name:
TELPROFILE_JITTERBUFOPTFACTOR
Profile name: Digital SIP Tel Profile
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Parameter Type Provisioning Default Description
Name Type Value
RTP Integer Instant 0 IP DiffServ byte value
DiffServ 0-255 Mib name: telProfileIPDiffServ
INI Name: TELPROFILE_IPDIFFSERV
Profile name: Digital SIP Tel Profile
Signalling Integer Instant 0 Type Of Service bits in IP header of
DiffServ 0-255 signalling messages.
Mib name: telProfileSigIPDiffServ
INI Name: TELPROFILE_SIGIPDIFFSERV
Profile name: Digital SIP Tel Profile
Voice Integer Instant 32 Voice Volume
Volume -32-255 Mib name: telProfileVoiceVolume
INI Name: TELPROFILE_VOICEVOLUME
Profile name: Digital SIP Tel Profile
DTMF Integer Instant 20 DTMF Volume
Volume -31-255 Mib name: telProfileDTMFVolume
INI Name: TELPROFILE_DTMFVOLUME
Profile name: Digital SIP Tel Profile
Input Gain Integer Instant -32 Input Gain
-32-255 Mib name: telProfileInputGain
INI Name: TELPROFILE_INPUTGAIN
Profile name: Digital SIP Tel Profile
Enable Enum: Instant 0 FXO: Connect/Disconnect calls upon
Reversal = No(0), Yes(1), detection of polarity reversal signal. FXS:
Polarity NotConfigured(25 generate the signal
5) Mib name: telProfileEnableReversalPolarity
INI Name:
TELPROFILE_ENABLEREVERSEPOLARIT
Y
Profile name: Digital SIP Tel Profile
Enable Enum: Instant 0 Disconnect call upon detection of current
Current No(0), Yes(1), disconnect signal
Disconnect NotConfigured(25 Mib name:
5) telProfileEnableCurrentDisconnect
INI Name:
TELPROFILE_ENABLECURRENTDISCONN
ECT
Profile name: Digital SIP Tel Profile
Enable Enum: Instant 0 Enables Digit delivery to TEL side
Digit Disable(0), Mib name: telProfileEnableDigitDelivery
Delivery Enable(1), INI Name:
NotConfigured(25 TELPROFILE_ENABLEDIGITDELIVERY
5) Profile name: Digital SIP Tel Profile
Enable Enum: Instant 1 Enables or disables the echo canceler.
Echo Disable(0), Mib name: telProfileECE
Canceler Enable(1), INI Name: TELPROFILE_ENABLEEC
NotConfigured(25 Profile name: Digital SIP Tel Profile
5)
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Parameter Type Provisioning Default Description
Name Type Value
Analog Enum: Instant 0 Enable MWI support using an analog lamp
Lamp Disable(0), (110 Volt)
Enable(1), Mib name: telProfileMWIanalogLamp
NotConfigured(25 INI Name: TELPROFILE_MWIANALOG
5) Profile name: Digital SIP Tel Profile
Display Enum: Instant 0 Enable MWI support using Caller ID interface
Disable(0), Mib name: telProfileMWIDisplay
Enable(1), INI Name: TELPROFILE_MWIDISPLAY
NotConfigured(25 Profile name: Digital SIP Tel Profile
5)
Max Flash Integer Instant 0
Hook 0-2000 Mib name:
Detection telProfileMaxFlashHookDetectionPeriod
Period INI Name:
TELPROFILE_FLASHHOOKPERIOD
Profile name: Digital SIP Tel Profile
Enable Enum: Instant 0 Enable Early Media
Early Media  Disable(0), Mib name: telProfileEnableEarlyMedia
Enable(1), INI Name:
NotConfigured(25 TELPROFILE_ENABLEEARLYMEDIA
5) Profile name: Digital SIP Tel Profile
Progress Enum: Instant 0 Determine whether to send the Progress
Indicator To  default(-1), Indicator to IP
IP NoPI(0), PI1(1), Mib name: telProfileProgressindicatorTolP
P18(8), INI Name:
NotConfigured(25 TELPROFILE_PROGRESSINDICATOR2IP
5) Profile name: Digital SIP Tel Profile
Time For Integer Instant 0 Duration of reorder tone playing before FXO
Reorder 0-255 releases line
Tone Mib name: telProfileTimeForReorderTone
INI Name:
TELPROFILE_TIMEFORREORDERTONE
Profile name: Digital SIP Tel Profile
Enable DID Enum: Instant 0
Wink NotConfigured(- Mib name: telProfileEnableDIDWink
1), Disable(0), INI Name: TELPROFILE_ENABLEDIDWINK
Enable(1) Profile name: Digital SIP Tel Profile
Is Two Enum: Instant 0
Stage Dial = NotConfigured(- Mib name: telProfilelsTwoStageDial
1), Disable(0), INI Name:
Enable(1) TELPROFILE_ISTWOSTAGEDIAL
Profile name: Digital SIP Tel Profile
Disconnect Enum: Instant 0
On Busy @ NotConfigured(- Mib name: telProfileDisconnectOnBusyTone
Tone 1), No(0), yes(1) INI Name:
TELPROFILE_DISCONNECTONBUSYTON
E
Profile name: Digital SIP Tel Profile
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Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Instant 0
Voice Mail = NotConfigured(- Mib name: telProfileEnableVoiceMailDelay
Delay 1), Disable(0), INI Name:
Enable(1) TELPROFILE_ENABLEVOICEMAILDELAY
Profile name: Digital SIP Tel Profile
Dial Plan Integer Instant -1 Defines the plan index to be used from the
Index -1-7 external Dial Plan file.
Mib name: telProfileDialPlanindex
INI Name: TELPROFILE_DIALPLANINDEX
Profile name: Digital SIP Tel Profile
Enable 911 Enum: Instant 0 GwApp Tel Profile Table
PSAP NotConfigured(- Mib name: telProfileEnable911PSAP
1), Disable(0), INI Name: TELPROFILE_ENABLE911PSAP
Enable(1) Profile name: Digital SIP Tel Profile
Swap Tel Enum: Instant 0 GwApp Tel Profile Table
Tolp NotConfigured(- Mib name:
Phone 1), Disable(0), telProfileSwapTelTolpPhoneNumbers
Numbers Enable(1) INI Name:
TELPROFILE_SWAPTELTOIPPHONENUM
BERS
Profile name: Digital SIP Tel Profile
Enable Enum: Instant 0
AGC NotConfigured(- Mib name: telProfileEnableAGC
1), Disable(0), INI Name: TELPROFILE_ENABLEAGC
Enable(1) Profile name: Digital SIP Tel Profile
ECN Ip Enum: Instant 0
Mode NotConfigured(- Mib name: telProfileECNIpMode
1), INI Name: TELPROFILE_ECNLPMODE
AdaptiveNLP(0), Profile name: Digital SIP Tel Profile
DisabledNLP(1),
SilenceOutputNL
P(2)
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2.10 Frame: Control Interface Provisioning

2.10.1 Tab: Control Interface Settings

Frame: Control Interface Provisioning, Tab: Control Interface Settings

Parameter Type Provisioning Default Description
Name Type Value
Virtual GW  String Offline The descriptive name of the Virtual GW.
Name  Uptol7 Mib name: acVGWConfigurationVirtualGWName
chars. INI Name:
MEGACOGTWCONFIGURATIONTABLE_VIRTUALGW
NAME
Profile name: Not Profiled
IPv4 String Offline Define the pointer (Interface Name) to network Interface
Interface | Up to 15 Table for IP version 4 address interface name.
Name chars. Mib name: acVGWConfigurationlPv4interfaceName
INI Name:
MEGACOGTWCONFIGURATIONTABLE_IPV4INTERF
ACENAME
Profile name: Not Profiled
Local Port| Integer Offline 0 Define the port to be used by the Media Gateway
0-65535 Controller to communicate with this Virtual GW. The
value 0 mean select default port according to encoding
method.
Mib name: acVGWConfigurationLocalPort
INI Name:

MEGACOGTWCONFIGURATIONTABLE_LOCALPORT
Profile name: Not Profiled

Associated|  String Offline Defines the list of the Trunks/Interfaces. coma and range
Members | Up to 64 can be used.
List chars. Mib name: acVGWConfigurationAssociatedMembersList
INI Name:

MEGACOGTWCONFIGURATIONTABLE_ASSOCIATE
DMEMBERSLIST
Profile name: Not Profiled

Service String Offline Define the service change profile.
Change | Upto 64 Mib name: acVGWConfigurationServiceChangeProfile
Profile chars. INI Name:

MEGACOGTWCONFIGURATIONTABLE_SERVICECH
ANGEPROFILE
Profile name: Not Profiled

Megaco | Enum: Offline 1 Megaco Version.

Version MegacoVe Mib name: acVGWConfigurationMegacoVersion
rsion1(1), INI Name:
MegacoVe MEGACOGTWCONFIGURATIONTABLE_MEGACOVE
rsion2(2), RSION
MegacoVe Profile name: Not Profiled
rsion3(3)
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Parameter Type Provisioning Default Description
Name Type Value
MID String Offline Define the Virtual GW Message Identifier.
Up to 68 Mib name: acVGWConfigurationMID
chars. INI Name:

MEGACOGTWCONFIGURATIONTABLE_MID
Profile name: Not Profiled

Media String Offline Define the default media realm name (pointer to media
Realm | Upto 38 realm table).
Name chars. Mib name: acVGWConfigurationMediaRealmName
INI Name:
MEGACOGTWCONFIGURATIONTABLE_MEDIAREAL
MNAME
Profile name: Not Profiled

Load Integer Offline 1 Define the weight of the VGW out of the total load.
Weight 1-5 VGW with higher values process more messages.
Mib name: acVGWConfigurationLoadWeight
INI Name:
MEGACOGTWCONFIGURATIONTABLE_LOADWEIGH
T
Profile name: Not Profiled

2.11 Frame: Control Interfaces Parameters Provisioning

2.11.1 Tab: Control Interfaces

Frame: Control Interfaces Parameters Provisioning, Tab: Control Interfaces

Parameter Type Provisioning Default Description
Name Type Value
Virtual GW  String Offline The descriptive name of the Virtual GW.
Name  Uptol7 Mib name: acVGWConfigurationVirtualGWName
chars. INI Name:
MEGACOGTWCONFIGURATIONTABLE_VIRTUALGW
NAME
Profile name: Not Profiled
IPv4 String Offline Define the pointer (Interface Name) to network Interface
Interface | Up to 15 Table for IP version 4 address interface name.
Name chars. Mib name: acVGWConfigurationIPv4interfaceName
INI Name:
MEGACOGTWCONFIGURATIONTABLE_IPVA4INTERF
ACENAME
Profile name: Not Profiled
Local Port| Integer Offline 0 Define the port to be used by the Media Gateway
0-65535 Controller to communicate with this Virtual GW. The
value 0 mean select default port according to encoding
method.
Mib name: acVGWConfigurationLocalPort
INI Name:

MEGACOGTWCONFIGURATIONTABLE_LOCALPORT
Profile name: Not Profiled
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Parameter Type
Name

Associated  String
Members | Up to 64
List chars.

Service String
Change | Upto 64
Profile chars.

Megaco Enum:
Version MegacoVe
rsionl(1),
MegacoVe
rsion2(2),
MegacoVe
rsion3(3)

MID String
Up to 68
chars.

Media String
Realm | Upto 38
Name chars.

Load Integer
Weight 1-5

Provisioning Default

Type
Offline

Offline

Offline

Offline

Offline

Offline

Description

Defines the list of the Trunks/Interfaces. coma and range
can be used.

Mib name: acVGWConfigurationAssociatedMembersList
INI Name:
MEGACOGTWCONFIGURATIONTABLE_ASSOCIATE
DMEMBERSLIST

Profile name: Not Profiled

Define the service change profile.

Mib name: acVGWConfigurationServiceChangeProfile
INI Name:
MEGACOGTWCONFIGURATIONTABLE_SERVICECH
ANGEPROFILE

Profile name: Not Profiled

Megaco Version.

Mib name: acVGWConfigurationMegacoVersion

INI Name:
MEGACOGTWCONFIGURATIONTABLE_MEGACOVE
RSION

Profile name: Not Profiled

Define the Virtual GW Message Identifier.

Mib name: acVGWConfigurationMID

INI Name:
MEGACOGTWCONFIGURATIONTABLE_MID
Profile name: Not Profiled

Define the default media realm name (pointer to media
realm table).

Mib name: acVGWConfigurationMediaRealmName

INI Name:
MEGACOGTWCONFIGURATIONTABLE_MEDIAREAL
MNAME

Profile name: Not Profiled

Define the weight of the VGW out of the total load.

VGW with higher values process more messages.

Mib name: acVGWConfigurationLoadWeight

INI Name:
MEGACOGTWCONFIGURATIONTABLE_LOADWEIGH
T

Profile name: Not Profiled
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2.12 Frame: Controller Link Provisioning

2.12.1 Tab: Controller Link Settings

Frame: Controller Link Provisioning, Tab: Controller Link Settings

Parameter Type Provisioning Default
Value

Name
MGC Enum:
Address IPv4(0
Format ),
IPv6(1
)1
DNS(2
)
MG String
Controller | Up to
Address @ 64
chars.
MG Intege
Controller r
Port 0-
65535

Transport Enum:
Type |UdplP
0),
TeplP(
1),
SctplP
2)

Type
Offline

Offline

Offline

Offline

0

Description

Define the Define the format of the MGC address (IPv4,
IPv6, DNS).

Mib name: acVGWControllerLinkMGCAddressFormat

INI Name:
MEGACOGTWCONTROLLERLINKTABLE_MGCADDRES
SFORMAT

Profile name: Not Profiled

The domain name or IP address of the MG Controller.

If a domain name is provided, then a DNS server must be
configured.

Mib name: acVGWControllerLinkMGControllerAddress

INI Name:
MEGACOGTWCONTROLLERLINKTABLE_ MGCONTROLL
ERADDRESS

Profile name: Not Profiled

The port number MG Controller is listening for.

0 mean select default port according to encoding method
Mib name: acVGWControllerLinkMGControllerPort

INI Name:
MEGACOGTWCONTROLLERLINKTABLE_ MGCONTROLL
ERPORT

Profile name: Not Profiled

Define the signaling transport type to be used for
communication with this MGC

Mib name: acVGWControllerLinkTransportType

INI Name:
MEGACOGTWCONTROLLERLINKTABLE_TRANSPORTT
YPE

Profile name: Not Profiled
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2.13 Frame: Control Network Provisioning

2.13.1 Tab: Proxy Set

Frame: Control Network Provisioning, Tab: Proxy Set

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 1
1-32 Mib name: sipProxySetindex

INI Name: PROXYSET_INDEX
Profile name: Not Profiled

Row Status Enum: Instant 3 Row-Status Textual Conventions as
Active(1), defined in RFC 2579: Textual
NotInService(2), Conventions for SMIv2
NotReady(3), Mib name: sipProxySetRowStatus
CreateAndGo(4), Profile name: Not Profiled
CreateAndWait(5),
Destroy(6)
Enable Proxy Enum: Instant 0 GwApp Proxy Set Table
Keep Alive Disable(0), Mib name:
UsingOptions(1), sipProxySetEnableProxyKeepAlive
UsingRegister(2) INI Name:
PROXYSET_ENABLEPROXYKEEPAL
IVE
Profile name: Not Profiled
ProxyKeepAliveT Integer Instant 5 GwApp Proxy Set Table
ime 5-2000000 Mib name:
sipProxySetProxyKeepAliveTime
INI Name:

PROXYSET_PROXYKEEPALIVETIME
Profile name: Not Profiled

Proxy Load Enum: Instant 0 GwApp Proxy Set Table
Balancing Disable (0), Mib name:
Method RoundRobin(1), sipProxySetProxyLoadBalancingMetho
RandomWeights(2) d
INI Name:
PROXYSET_PROXYLOADBALANCIN
GMETHOD
Profile name: Not Profiled
Is Proxy Hot Enum: Instant 0 GwApp Proxy Set Table
Swap Disable(0), Mib name:
Enable(1) sipProxySetlsProxyHotSwap
INI Name:

PROXYSET_ISPROXYHOTSWAP
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Proxy Enum: Online -1 GwApp Proxy Set Table
Redundancy | NotConfigured(-1), Mib name:
Mode Parking(0), sipProxySetProxyRedundancyMode
Homing(1) INI Name:
PROXYSET_PROXYREDUNDANCYM
ODE
Profile name: Not Profiled
Classification Enum: Instant 0 GwApp Proxy Set Table
Input ipOnly(0), Mib name:
ipAndPortAndTrans sipProxySetClassificationlnput
port(1) INI Name:

PROXYSET_CLASSIFICATIONINPUT
Profile name: Not Profiled

SRD Integer Online 0 GwApp Proxy Set Table
0-32 Mib name: sipProxySetSRD
INI Name: PROXYSET_SRD
Profile name: Not Profiled

2.13.2 Tab: Proxy Server

Frame: Control Network Provisioning, Tab: Proxy Server

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-159 Mib name: proxylPIndex

INI Name: PROXYIP_INDEX
Profile name: Not Profiled

Proxy Used Enum: Instant 0 Is SIP Proxy used
No(0), Yes(1) Mib name: sipProxyUsed
INI Name: ISPROXYUSED
Profile name: Digital SIP Control Network

Profile
Status Enum: Instant 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMIiv2
NotReady(3), Mib name: proxylPRowStatus
CreateAndGo(4), Profile name: Digital SIP Proxy Server
CreateAndWait(5), Profile
Destroy(6)
Proxy Name String Instant SIP Proxy name
Up to 49 chars. Mib name: sipProxyName
INI Name: PROXYNAME
Profile name: Digital SIP Control Network
Profile
Proxy IP String Instant IpAddress
Up to 49 chars. Mib name: proxylPProxylP

INI Name: PROXYIP_IPADDRESS
Profile name: Digital SIP Proxy Server
Profile
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Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Instant 0 Enable Proxy Keep-Alive over OPTIONS
Proxy Keep Disable (0), method or REGISTER method
Alive UsingOptions (1), Mib name: sipProxyEnableKeepAlive
UsingRegister (2) INI Name: ENABLEPROXYKEEPALIVE
Profile name: Digital SIP Control Network
Profile
Transport Enum: Instant -1 | TransportType
Type unknown(-1), UDP(0), Mib name: proxylPTransportType
TCP(1), TLS(2) INI Name: PROXYIP_TRANSPORTTYPE
Profile name: Digital SIP Proxy Server
Profile
Keep Alive Integer Instant 60 | Time interval between Proxy Keep-Alive
Time 5-2000000 messages (seconds)
Mib name: sipProxyKeepAliveTime
INI Name: PROXYKEEPALIVETIME
Profile name: Digital SIP Control Network
Profile
Proxy Set Id Integer Instant 0 ProxySetld
0-31 Mib name: proxylPProxySetld
INI Name: PROXYIP_PROXYSETID
Profile name: Digital SIP Proxy Server
Profile
Proxy Enum: Instant 0 Redundancy Mode - Parking on active proxy
Redundancy Parking(0), or switching to main Proxy whenever online
Mode Homing(1) Mib name: sipProxyRedundancyMode
INI Name: PROXYREDUNDANCYMODE
Profile name: Digital SIP Control Network
Profile
Is Proxy Hot Enum: Instant 0 Enable Proxy Hot-Swap mode
Swap No(0), Yes(1) Mib name: sipProxylsHotSwap
INI Name: ISPROXYHOTSWAP
Profile name: Digital SIP Control Network
Profile
Proxy Hot Integer Instant 3 Number of Rtx before Hotswap is performed
Swap Rtx 1-30 Mib name: sipProxyHotSwapRtx
INI Name: PROXYHOTSWAPRTX
Profile name: Digital SIP Control Network
Profile
Always Use Enum: Instant 0 Send all messages to Proxy server
Proxy No(0), Yes(1) Mib name: sipProxyAlwaysSendToProxy
INI Name: ALWAYSSENDTOPROXY
Profile name: Digital SIP Control Network
Profile
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Parameter Type
Name
SIP Re- Enum:

Routing standardMode(0),

Mode  sendinviteToProxy(1),

useRoutingTable(2)
Fallback Enum:
Used No(0), Yes(1)
Use Routing Enum:

Table For No(0), Yes(1)
Host Names

Use Enum:
Gateway Disable(0), Enable(1)
Name For

Options
Load Enum:
Balancing Disable(0),
Method RoundRobin(1),
RandomWeights(2)
IP List Integer
Refresh 5-2000000
Time

Provisioning Default

Description

Defines the routing mode after receiving 3xx
response or transfer

0 - standard mode

1 - send invite to proxy

2 - use routing table

Mib name:
manipulationAndRoutingSIPReRoutingMode
INI Name: SIPREROUTINGMODE

Profile name: Digital SIP Control Network
Profile

Allow fallback to internal Tel to IP routing
table if Proxy is not responding

Mib name: sipProxylsFallbackUsed

INI Name: ISFALLBACKUSED

Profile name: Digital SIP Control Network
Profile

Always use routing table even though proxy
is available

Mib name: sipProxyAlwaysUseRouteTable
INI Name: ALWAYSUSEROUTETABLE
Profile name: Digital SIP Control Network
Profile

Use Gateway name (instead of IP address)
in Keep-Alive OPTIONS messages

Mib name:
sipProxyUseGatewayNameForOptions

INI Name:
USEGATEWAYNAMEFOROPTIONS
Profile name: Digital SIP Control Network
Profile

Method of the proxies load balancing:

0 - Disabled (default)

1 - RoundRobin

2 - Random SRV Weights

Mib name: sipProxyLoadBalancingMethod
INI Name:
PROXYLOADBALANCINGMETHOD
Profile name: Digital SIP Control Network
Profile

Time interval between refresh of proxies list
(seconds). For example SRV query will be
done every ProxylPListRefreshTime
seconds

Mib name: sipProxylPListRefreshTime

INI Name: PROXYIPLISTREFRESHTIME
Profile name: Digital SIP Control Network
Profile
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Parameter Type Provisioning Default Description

Name Type Value
Ping Pong Enum: Instant 0 Use Ping-Pong for Keep-Alive to proxy via
Keep Alive | disable(0), enable(1) reliable connection

Mib name: miscPingPongKeepAlive
INI Name: USEPINGPONGKEEPALIVE
Profile name: Digital SIP Control Network

Profile
Ping Pong Integer Instant 120 | The Ping Keep-Alivewill be sent (using
Keep Alive 5-2000000 CRLFCRLF) each time this timer expires
Time (seconds)

Mib name: miscPingPongKeepAliveTime
INI Name: PINGPONGKEEPALIVETIME
Profile name: Digital SIP Control Network

Profile
H323 GK Enum: Instant 0 This parameter related to
Register Disable(0), Enable(1) Register/UnRegister buttons

Mib name: miscH323GKRegister
INI Name: SHOULDREGISTER
Profile name: Digital SIP Control Network

Profile
Proxy Ip As Enum: Instant 0 | Whether or not to use the Proxy IP as Host
Host Disable(0), Enable(1) in From and To headers.

Mib name: sipProxyUseProxylpAsHost
INI Name: USEPROXYIPASHOST
Profile name: Digital SIP Control Network
Profile
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2.13.3 Tab: Transport Info

Frame: Control Network Provisioning, Tab: Transport Info

Parameter Type Provisioning Default Description
Name Type Value
Transport Enum: Instant 0 SIP transport type
Type udp(0), tcp(2), Mib name: sipMiscTransportType
tIs(2) INI Name: SIPTRANSPORTTYPE
Profile name: Digital SIP Control Network
Profile
Destination Integer Instant 5060 Default SIP destination port (usually 5060)
Port 1-65534 Mib name: sipPortsDestinationPort

INI Name: SIPDESTINATIONPORT
Profile name: Digital SIP Control Network

Profile
Local SIP Integer Instant 5060 | Local SIP port used for signaling
Port 1-65534 Mib name: sipPortsLocalSipPort

INI Name: LOCALSIPPORT
Profile name: Digital SIP Control Network

Profile
TCP Local Integer Instant 5060 | Local SIP port used for signaling
SIP Port 1-65535 Mib name: sipPortsTCPLocalSipPort

INI Name: TCPLOCALSIPPORT
Profile name: Digital SIP Control Network

Profile
TLS Local Integer Instant 5061 | Local TLS SIP port used for signaling
SIP Port 1-65535 Mib name: sipPortsTLSLocalSipPort

INI Name: TLSLOCALSIPPORT
Profile name: Digital SIP Control Network
Profile
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2134 Tab: CDR

Frame: Control Network Provisioning, Tab: CDR

Parameter Type Provisioning Default Description
Name Type Value
CDR Enum: Instant 0 CDR reports timing
Report No(0), EndCall(1), Mib name:
Level StartAndEndCall(2), loggerGwAppCdrReportLevel
ConnectAndEndCall(3), Profile name: Digital SIP Control
StartConnectAndEndCall(4) Network Profile
Debug Enum: Instant 0  Configure different debug level
Level logLevel0(0), logLevell(1), Mib name: loggerGwDebugLevel
logLevel2(2), logLevel3(3), Profile name: Digital SIP Control
logLevel4(4), logLevel5(5), Network Profile
logLevel6(6), logLevel7(7),
logLevel100(100),
logLevel200(200)
IP Address IPAddress Instant Syslog server IP address for
Of CDR sending CDRs
Server Mib name:
loggerCDRSyslogServerlP
INI Name:

CDRSYSLOGSERVERIP
Profile name: Digital SIP Control
Network Profile

Media Cdr Enum: Instant 0 | Media CDR Report Level.
Report None(0), EndMedia(1), Mib name:
Level StartAndEndMedia(2), loggerGwAppMediaCdrReportLevel
UpdateAndEndMedia(3), INI Name:
StartAndEndAndUpdateMedia(4) MEDIACDRREPORTLEVEL

Profile name: Digital SIP Control
Network Profile
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2.13.5 Tab: NAT Translation

Frame: Control Network Provisioning, Tab: NAT Translation

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Instant 0 Index Field for line.
0-31 Mib name: acNAT TranslationIndex
INI Name: NATTRANSLATION_INDEX
Profile name: Not Profiled
Row Status Enum: Instant 3 ROWSTATUS Field for line.
Active(1), Mib name: acNAT TranslationRowStatus
NotInService( INI Name: NATTRANSLATION_ROWSTATUS
2), Profile name: Digital SIP NAT Translation Profile
NotReady(3),
CreateAndGo
4),
CreateAndWa
it(5),
Destroy(6)
Source IP String Instant NATTranslation
Interface Upto 16 Mib name:
Name chars. acNATTranslationSourcelPInterfaceName
INI Name:
NATTRANSLATION_SOURCEIPINTERFACEN
AME
Profile name: Digital SIP NAT Translation Profile
Target IP String Instant NAT Translation
Address Upto 70 Mib name: acNATTranslationTargetIPAddress
chars. INI Name:
NATTRANSLATION_TARGETIPADDRESS
Profile name: Digital SIP NAT Translation Profile
Source Start String Instant NATTranslation
Port Up to 5 chars. Mib name: acNAT TranslationSourceStartPort
INI Name:
NATTRANSLATION_SOURCESTARTPORT
Profile name: Digital SIP NAT Translation Profile
Source End String Instant NATTranslation
Port Up to 5 chars. Mib name: acNAT TranslationSourceEndPort
INI Name:
NATTRANSLATION_SOURCEENDPORT
Profile name: Digital SIP NAT Translation Profile
Target Start String Instant NAT Translation
Port Up to 6 chars. Mib name: acNAT TranslationTargetStartPort
INI Name:
NATTRANSLATION_TARGETSTARTPORT
Profile name: Digital SIP NAT Translation Profile
Target End String Instant NATTranslation
Port Up to 6 chars. Mib name: acNATTranslationTargetEndPort
INI Name:
NATTRANSLATION_TARGETENDPORT
Profile name: Digital SIP NAT Translation Profile
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2.14 Frame: Cost Group Provisioning

2.14.1 Tab: Cost Group

Parameter
Name

Cost
Group
Name

Default
Connect
Cost

Default
Time Cost

Type

String
Up to 29
chars.

Integer
0-30000

Integer
0-30000

Frame: Cost Group Provisioning, Tab: Cost Group

Provisioning Default

Type

Instant

Instant

Instant

Description

Cost Group Name

Mib name: costGroupName

INI Name:
COSTGROUPTABLE_COSTGROUPNAME
Profile name: Not Profiled

The default connection cost for calls in this cost group.
Used if not in a timeband.

Mib name: costGroupDefaultConnectionCost

INI Name:
COSTGROUPTABLE_DEFAULTCONNECTIONCOST
Profile name: Not Profiled

The default cost per minute for calls in this cost group.
Used if not in a timeband.

Mib name: costGroupDefaultMinuteCost

INI Name:
COSTGROUPTABLE_DEFAULTMINUTECOST
Profile name: Not Profiled
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2.15 Frame: Digital Gateway Provisioning

2.15.1 Tab: Digital Settings

Frame: Digital Gateway Provisioning, Tab: Digital Settings

Parameter Name Type Provisioning Default Description
Type Value
B-channel Negotiation Enum: Instant 0 ISDN B-Channel negotiation
No(0), Yes(1), Any(2) mode

Mib name:
digitalGWBChannelNegotiation
INI Name:
BCHANNELNEGOTIATION

Profile name: Digital SIP Digital
Gateway Profile

Swap Redirect And Enum: Instant 0 Swap Redirect and Called
Called Numbers No(0), Yes(1) numbers
Mib name:
digitalGWSwapRedirectNumber
INI Name:

SWAPREDIRECTNUMBER
Profile name: Digital SIP Digital
Gateway Profile

R2 Category Integer Instant 1 MFCR2 Calling Party's category
1-15 Mib name:
digital GWR2Category

INI Name: R2ZCATEGORY
Profile name: Digital SIP Digital
Gateway Profile

CAS Detection Of Enum: Instant 0 0 (default): Hookflash not
Hook Flash Disable(0), Enable(1) forwarded 1:HookFlash

forwarded - Testing
Mib name:
digitalGWCASSendHookFlash
INI Name:
CASSENDHOOKFLASH
Profile name: Digital SIP Digital
Gateway Profile

TDM Over IP Enum: Offline 0 Enable gateway to maintain a
Disable(0), Enable(1) permanent RTP connection
Mib name:
digitalGWEnableTDMOverlp
INI Name:

ENABLETDMOVERIP
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type Provisioning Default Description
Type Value
TDM Over IP Min Integer Instant 0 Minimum connected calls for
Calls For Trunk 0-31 trunk activation while in
Activation TDMOverlPMode if O - trunk is
always active
Mib name:
digitalGWextTDMOverIPMinCall
sForTrunkActivation
INI Name:
TDMOVERIPMINCALLSFORTR
UNKACTIVATION
Profile name: Digital SIP Digital
Gateway Profile
Transparent Coder Enum: Instant 0 In case the transfer capability of
On Data Call Disable(0), Enable(1) a call from ISDN is data open
with transparent coder
Mib name:
digitalGWTransparentCoderOnD
ataCall
INI Name:
TRANSPARENTCODERONDAT
ACALL
Profile name: Digital SIP Digital
Gateway Profile
Support Redirectin Enum: Instant 0 Search for redirect number in
Facility Disable(0), Enable(1) facility IE
Mib name:
digitalGWSupportRedirectinFacil
ity
INI Name:
SUPPORTREDIRECTINFACILI
TY
Profile name: Digital SIP Digital
Gateway Profile
Connect On Progress Enum: Instant 0 FXS:generate Callerld siganls
Ind Disable(0), Enable(1) during ringing FXO:collect
Callerld and use it in Setup
message.
Mib name:
digitalGWConnectOnProgressin
d
INI Name:
CONNECTONPROGRESSIND
Profile name: Digital SIP Digital
Gateway Profile
Enable UUI Tel 2 Ip Enum: Instant 0 Enable User-User IE to pass in
Disable(0), Enable(1) Setup from ISDN to IP
Mib name:
digital GWEnableUuiTel2Ip
INI Name: ENABLEUUITEL2IP
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type
Type
Enable UUI Ip 2 Tel Enum: Instant
Disable(0), Enable(1)
Send ISDN Transfer Enum: Instant
On Connect Disable(0), Enable(1)
Enable ISDN Enum: Instant
Tunneling Tel 2 IP Disable(0),
UsingHeader(1),
UsingBody(2)
Enable ISDN Enum: Instant
Tunneling IP 2 Tel Disable(0),
UsingHeader(1),
UsingBody(2)
Enable Hold 2 ISDN Enum: Instant

Disable(0), Enable(1)

Provisioning Default

Value

0

Description

Enable User-User IE to pass in
Setup from IP to ISDN

Mib name:
digitalGWEnableUuilp2Tel

INI Name: ENABLEUUIIP2TEL
Profile name: Digital SIP Digital
Gateway Profile

Send TBCT/ECT/RLT request
only when second leg call is
connected

Mib name:
digitalGWSendISDNTransferOn
Connect

INI Name:
SENDISDNTRANSFERONCON
NECT

Profile name: Digital SIP Digital
Gateway Profile

Enable ISDN tunneling to pass
Setup and Facility messages
from ISDN to IP

Mib name:
digitalGWEnableISDNTunneling
Tel2lp

INI Name:
ENABLEISDNTUNNELINGTEL2
IP

Profile name: Digital SIP Digital
Gateway Profile

Enable ISDN tunneling to pass
Setup and Facility messages
from IP to ISDN

Mib name:
digitalGWEnableISDNTunnelingl
p2Tel

INI Name:
ENABLEISDNTUNNELINGIP2T
EL

Profile name: Digital SIP Digital
Gateway Profile

Enable Hold/retrieve from and to
ISDN

Mib name:
supServicesEnableHold2ISDN
INI Name: ENABLEHOLD2ISDN
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type

Enable QSIG Enum:
Tunneling Disable(0), Enable(1)

Remove CLI When Enum:
Restricted Disable(0), Enable(1)

Default Cause Map Integer
ISDN to IP 0-127

ISDN Subaddress Enum:
Format Ascii(0), Bcd(1),
userSpecified(2)

Enable Calling Party Enum:
Category Disable(0), Enable(1)

Provisioning Default
Type

Instant

Instant

Instant

Instant

Instant

Description

Enables QSIG Tunneling over
SIP

Mib name:
digitalGWextEnableQSIGTunnel
ing

INI Name:
ENABLEQSIGTUNNELING
Profile name: Digital SIP Digital
Gateway Profile

Removes CLI from IP->TEL
calls if received CLI is restricted
Mib name:
digitalGWextRemoveCLIWhenR
estricted

INI Name:
REMOVECLIWHENRESTRICT
ED

Profile name: Digital SIP Digital
Gateway Profile

All ISDN release causes except
normal, busy, no user
responding, and no answer will
be mapped to this cause, if set.
Mib name:
digitalGWextDefaultCauseMapl
SDN2IP

INI Name:
DEFAULTCAUSEMAPISDN2IP
Profile name: Digital SIP Digital
Gateway Profile

ISDN SubAdress format

Mib name:
digitalGWextISDNSubaddressF
ormat

INI Name:
ISDNSUBADDRESSFORMAT
Profile name: Digital SIP Digital
Gateway Profile

Enables NI2 calling party
category translation to SIP

Mib name:
digitalGWEnableCallingPartyCat
egory

INI Name:
ENABLECALLINGPARTYCATE
GORY

Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type Provisioning Default
Type Value
IE To Be Added In String Instant
Q.931 Setup Up to 49 chars.
List Of Trunk Groups String Instant
To Send IE Up to 49 chars.
Connect Code String Instant

Up to 7 chars.

Esc IP String Instant
Up to 48 chars.

Report Mode Enum: Instant
Disable(0),
EndCall(1),
EndCallPeriodic(2)

Enable AoC Enum: Instant
Disable(0), Enable(1)

0.0.0.0

Description

Additional information element
to send in ISDN Setup message
Mib name: iIEAddIEInSetup

INI Name: ADDIEINSETUP
Profile name: Digital SIP Digital
Gateway Profile

Configure trunk groups on which
to send additional I1E

Mib name: iIESendIEOnTG

INI Name: SENDIEONTG
Profile name: Digital SIP Digital
Gateway Profile

Play Code string to Tel side
when connect message
recieved from IP side

Mib name:
vmDigitPatternConnectCode

INI Name: TELCONNECTCODE
Profile name: Digital SIP Digital
Gateway Profile

RTCP-XR server IP address
Mib name: acGWRtcpXrEsclIP
INI Name: RTCPXRESCIP
Profile name: Digital SIP Digital
Gateway Profile

O:rtcpxr is not sent over SIP at
all

L:rtcpxr is sent over sip when
call ended

2:rtcpxr is sent over sip when on
periodic interval and when call
ended

Mib name:
acGWRtcpXrReportMode

INI Name:
RTCPXRREPORTMODE
Profile name: Digital SIP Digital
Gateway Profile

Enable AoC-D and AoC-E from
ISDN to SIP

Mib name:
digitalGWextEnableAoC

INI Name: ENABLEAOC
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name Type Provisioning Default Description
Type Value
Remove Calling Enum: Instant 0 If set to 1 - Removes Calling
Name Disable(0), Enable(1) Name from IP->TEL calls
Mib name:
digitalGWextRemoveCallingNa
me
INI Name:

REMOVECALLINGNAME
Profile name: Digital SIP Digital
Gateway Profile

Esc Transport Type Enum: Instant -1 RtcpXrEsc transport type
NotConfigured(-1), Mib name:
UDP(0), TCP(2), acGWRtcpXrEscTransportType
TLS(2) INI Name:
RTCPXRESCTRANSPORTTYP
E

Profile name: Digital SIP Digital
Gateway Profile

Isdn Disconnect On Enum: Instant 0 1 - Release call if gateway

Busy Tone Disable(0), Enable(1) receives busy or fast busy tone.
0 - don't release
Mib name:
misclsdnDisconnectOnBusyTon
e
INI Name:
ISDNDISCONNECTONBUSYT
ONE
Profile name: Digital SIP Digital
Gateway Profile

Play RBT On ISDN Enum: Instant 0 Play local RBT on
Transfer Disable(0), Enable(1) TBCT/ECT/RLT transfer

Mib name:
digitalGWPlayRBTONISDNTrans
fer
INI Name:
PLAYRBTONISDNTRANSFER
Profile name: Digital SIP Digital
Gateway Profile

Ignore ISDN Enum: Instant 0 Ignore ISDN Subaddress

SubAddress Disable(0), Enable(1) Mib name:
sipMisclgnorelSDNSubaddress
INI Name:

IGNOREISDNSUBADDRESS
Profile name: Digital SIP Digital
Gateway Profile
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Parameter Name

SendLocalTimeTolSD

NConnect

Transfer Cap For
Data Calls

EXT Uui Header
Format

Uui Header Format

Type
Type

Enum: Instant

Disable(0), Enable(1)

Enum: Instant
SixtyFourKUnrestricte
d(0),
AccordingTolSDNTra
nsferCapability(1)

Integer Instant

0-2

Integer Instant

0-2

Provisioning Default

Value

0

Description

Send Local Date and Time To
ISDN Connect if SIP 2000K
does not contain Date header
Mib name:
digitalGWSendLocalTimeTolSD
NConnect

INI Name:
SENDLOCALTIMETOISDNCON
NECT

Profile name: Digital SIP Digital
Gateway Profile

0: ISDN Transfer Capability for
data calls will be 64k
unrestricted (data), 1:1SDN
Transfer Capability for Data calls
will be set according to
ISDNTransferCapability
parameter

Mib name:
digitalGWTransferCapabilityFor
DataCalls

INI Name:
TRANSFERCAPABILITYFORD
ATACALLS

Profile name: Digital SIP Digital
Gateway Profile

0: X-UserToUser.

1: format: User-to-UserUser with
protocol discriminator.

2: format: User-to-User with
‘encoding=hex" at the end.

Mib name:
digitalGWextUuiHeaderFormat
INI Name:
USERTOUSERHEADERFORM
AT

Profile name: Digital SIP Digital
Gateway Profile

(0): X-UserToUser, (1): format:
User-to-UserUser with protocol
discriminator, (2): format: User-
to-User with 'encoding=hex’ at
the end

Mib name:
digitalGWUuiHeaderFormat

INI Name:
USERTOUSERHEADERFORM
AT

Profile name: Digital SIP Digital
Gateway Profile
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2.15.2 Tab: ISDN Supplementary Services

Frame: Digital Gateway Provisioning, Tab: ISDN Supplementary Services

Parameter Type
Name
Index Integer
0-159
Row Status Enum:
Active(1),
NotInService(2),
NotReady(3),
CreateAndGo(4)
CreateAndWait(
5), Destroy(6)
Phone String
Number | Up to 25 chars.
Module Integer
-2147483648-
2147483647
Port Integer
-2147483648-
2147483647
User ID String
Up to 50 chars.
User String
Password
Caller ID String
Up to 32 chars.
Is Enum:

Presentatio NotConfigured(2
n 55), Allowed(0),
Restricted = Restricted(1)

Provisioning

Type
Read-Only

NA

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Default
Value

0

50

255

Description

Mib name: isdnSuppServindex
INI Name: ISDNSUPPSERV_INDEX
Profile name: Not Profiled

Row-Status Textual Conventions as defined
in RFC 2579: Textual Conventions for SMIv2
Mib name: isdnSuppServRowStatus

INI Name: ISDNSUPPSERV_ROWSTATUS
Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name: isdnSuppServPhoneNumber

INI Name:
ISDNSUPPSERV_PHONENUMBER

Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name: isdnSuppServModule

INI Name: ISDNSUPPSERV_MODULE
Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name: isdnSuppServPort

INI Name: ISDNSUPPSERV_PORT

Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name: isdnSuppServUserld

INI Name: ISDNSUPPSERV_USERID
Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name: isdnSuppServUserPassword

INI Name:
ISDNSUPPSERV_USERPASSWORD
Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name: isdnSuppServCallerID

INI Name: ISDNSUPPSERV_CALLERID
Profile name: Not Profiled

GwApp ISDN Supplementary Services Table
Mib name:
isdnSuppServisPresentationRestricted

INI Name:
ISDNSUPPSERV_ISPRESENTATIONREST
RICTED

Profile name: Not Profiled
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Parameter Type Provisioning = Default Description
Name Type Value
Is Caller ID Enum: Instant 255 GwApp ISDN Supplementary Services Table
Enabled NotConfigured(2 Mib name: isdnSuppServisCallerIDEnabled
55), INI Name:
Disabled(0), ISDNSUPPSERV_ISCALLERIDENABLED
Enabled(1) Profile name: Not Profiled

2.16 Frame: DNS Provisioning

2.16.1 Tab: Internal DNS

Frame: DNS Provisioning, Tab: Internal DNS

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-19 Mib name: dnsinfolndex
INI Name: DNS2IP_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMIv2
NotReady(3), Mib name: dnsinfoRowStatus
CreateAndGo(4), Profile name: Not Profiled
CreateAndWait(5),
Destroy(6)
Domain String Instant Domain Name
Name Up to 69 chars. Mib name: dnsinfoDomainName
INI Name: DNS2IP_DOMAINNAME
Profile name: Not Profiled
IP Address 1 String Instant IP Address
Up to 15 chars. Mib name: dnsinfoFirstiPAddress
INI Name: DNS2IP_FIRSTIPADDRESS
Profile name: Not Profiled
IP Address 2 String Instant IP Address
Up to 15 chars. Mib name: dnsinfoSecondIPAddress
INI Name: DNS2IP_SECONDIPADDRESS
Profile name: Not Profiled
IP Address 3 String Instant IP Address
Up to 15 chars. Mib name: dnsinfoThirdIPAddress
INI Name: DNS2IP_THIRDIPADDRESS
Profile name: Not Profiled
IP Address 4 String Instant IP Address
Up to 15 chars. Mib name: dnsinfoFourthIPAddress
INI Name: DNS2IP_FOURTHIPADDRESS
Profile name: Not Profiled
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2.16.2 Tab: Internal SRV

Frame: DNS Provisioning, Tab: Internal SRV

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-9 Mib name: srvinfolndex
INI Name: SRV2IP_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMIv2
NotReady(3), Mib name: srvinfoRowStatus
CreateAndGo(4), Profile name: Not Profiled
CreateAndWait(5),
Destroy(6)
Internal String Instant the Domain name for the SRV query
Domain Up to 70 chars. Mib name: srvinfolnternalDomainName
Name INI Name: SRV2IP_INTERNALDOMAIN
Profile name: Not Profiled
Transport Enum: Instant 0 the transport type
Type UDP(0), TCP(2), Mib name: srvinfoTransportType
TLS(2) INI Name: SRV2IP_TRANSPORTTYPE
Profile name: Not Profiled
DNS Name String Instant the DNS in the SRV Query Result
Up to 99 chars. Mib name: srvinfoDNSName
INI Name: SRV2IP_DNS1
Profile name: Not Profiled
Priority Integer Instant 0 the Priority of this SRV Query
0-65000 Mib name: srvinfoPriority
INI Name: SRV2IP_PRIORITY1
Profile name: Not Profiled
Weight Integer Instant 0 the Weight of this SRV Query
0-65000 Mib name: srvinfoWeight
INI Name: SRV2IP_WEIGHT1
Profile name: Not Profiled
Port Integer Instant 0 the port of the DNS
0-65534 Mib name: srvinfoPort
INI Name: SRV2IP_PORT1
Profile name: Not Profiled
DNS Name 2 String Instant the DNS in the SRV Query Result
Up to 99 chars. Mib name: srvinfoDNSName2
INI Name: SRV2IP_DNS2
Profile name: Not Profiled
Priority 2 Integer Instant 0 the Priority of this SRV Query
0-65000 Mib name: srvinfoPriority2
INI Name: SRV2IP_PRIORITY2
Profile name: Not Profiled
OAM Guide 72 Document #: LTRT-32126



OAM Guide 2. Provisioning Parameters

Parameter Type Provisioning Default Description
Name Type Value
Weight 2 Integer Instant 0 the Weight of this SRV Query
0-65000 Mib name: srvinfoWeight2

INI Name: SRV2IP_WEIGHT2
Profile name: Not Profiled

Port 2 Integer Instant 0 the port of the DNS
0-65534 Mib name: srvinfoPort2
INI Name: SRV2IP_PORT2
Profile name: Not Profiled

DNS Name 3 String Instant the DNS in the SRV Query Result
Up to 99 chars. Mib name: srvinfoDNSName3
INI Name: SRV2IP_DNS3
Profile name: Not Profiled

Priority 3 Integer Instant 0 the Priority of this SRV Query
0-65000 Mib name: srvinfoPriority3
INI Name: SRV2IP_PRIORITY3
Profile name: Not Profiled

Weight 3 Integer Instant 0 the Weight of this SRV Query
0-65000 Mib name: srvinfoWeight3

INI Name: SRV2IP_WEIGHT3
Profile name: Not Profiled

Port 3 Integer Instant 0 the port of the DNS
0-65534 Mib name: srvinfoPort3
INI Name: SRV2IP_PORT3
Profile name: Not Profiled
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2.17 Frame: DTMF and Supplementary Provisioning

2171 Tab: DTMF

Frame: DTMF and Supplementary Provisioning, Tab: DTMF

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-4 Mib name: sipTXDTMFOptionindex

INI Name: TXDTMFOPTION_INDEX
Profile name: Not Profiled

Rx DTMF Enum: Instant 0 Declare support for RFC 2833 in SDP
Option  noSupportRFC2833inSDP(0), Mib name: sipDTMFRxDTMFOption
supportRFC2833inSDP(3) INI Name: RXDTMFOPTION

Profile name: Digital SIP DTMF And
Supplemetary Profile

Status Enum: Instant 3 Row-Status Textual Conventions as
Active(1), NotInService(2), defined in RFC 2579: Textual
NotReady(3), Conventions for SMIv2
CreateAndGo(4), Mib name:
CreateAndWait(5), Destroy(6) sipTxDTMFOptionRowStatus
Profile name: Not Profiled

Hook Enum: Instant 0 Detect and send Hook-Flash using the
Flash NotSupported(0), INFO(1), selected method
Option | RFC2833(4), infoLucent(5) Mib name: sipDTMFHookFlashOption

INI Name: HOOKFLASHOPTION
Profile name: Digital SIP DTMF And
Supplemetary Profile

Tx DTMF Enum: Instant 0  Transmit DTMF option
Option NotSupported(0), Mib name: sipTXDTMFOptionValue
NortelINFO(1), NOTIFY(2), INI Name: TXDTMFOPTION_TYPE
CiscoINFO(3), RFC2833(4), Profile name: Not Profiled
KoreaTelecomINFO(5)
Digit Map String Offline The digit map patterns separated by a
Patterns Up to 500 chars. vertical bar (]), as defined in the
MEGACO RFC.

Range = String[500]

Mib name: acCPDigitMapPatterns
INI Name: DIGITMAPPING

Profile name: Digital SIP DTMF And
Supplemetary Profile

Use Digit Enum: Instant 0 Indicates whether a special DTMF,
For Special(0), Numeric(1) sent with INFO(Cisco), is sent using its
Special digit representation or not.
DTMF Mib name:
sipDTMFUseDigitForSpecialDTMF
INI Name:

USEDIGITFORSPECIALDTMF
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter Type Provisioning Default Description
Name Type Value
Min Integer Instant 1 Minimum number of overlap digits
Routing 0-49 before routing
Overlap Mib name:
Digits sipDTMFMinRoutingOverlapDigits
INI Name:
MINOVERLAPDIGITSFORROUTING
Profile name: Digital SIP DTMF And
Supplemetary Profile
ISDN Enum: Instant 0 Enable ISDN Overlap IP to Tel Dialing
Overlap IP Disable(0), Enable(1) Mib name:
to Tel sipDTMFISDNOverlaplPtoTelDialing
Dialing INI Name: ISDNTXOVERLAP
Profile name: Digital SIP DTMF And
Supplemetary Profile
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2.17.2 Tab: Sup Services

Frame: DTMF and Supplementary Provisioning, Tab: Sup Services

Parameter Type Provisioning Default
Name Type Value

Description

Enable Hold Enum:

No(0), Yes(1)

Enum:
connectionlP(0),
sDPattributesSendonl

y(1)

Hold Format

Enum:
Disable(0), Enable(1)

Name ID

Send Enum:
Metering Disable(0), Enable(1)
Message To
IP

Held Integer
Timeout -1-2400

Hook Flash String
Code Up to 25 chars.

Instant

Instant

Instant

Instant

Instant

Instant

1

Enable Call Hold service

Mib name: supServicesEnableHold
INI Name: ENABLEHOLD

Profile name: Digital SIP DTMF And
Supplemetary Profile

Call Hold format - Zero IP or 'sendonly’
SDP attribute

Mib name: supServicesHoldFormat
INI Name: HOLDFORMAT

Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable Name Identification service
Mib name: supServicesNamelD

INI Name:
ENABLENAMEIDENTIFICATION
Profile name: Digital SIP DTMF And
Supplemetary Profile

Send metering messages to IP on
detection of analog metering pulses

Mib name:
supServicesSendMeteringMessageTolP
INI Name: SENDMETERING2IP

Profile name: Digital SIP DTMF And
Supplemetary Profile

Maximum time allowed for call to be
retreived from IP (seconds)

Mib name: supServicesHeldTimeout
INI Name: HELDTIMEOUT

Profile name: Digital SIP DTMF And
Supplemetary Profile

If this code received during session, act
as if hook flash received from the TEL
side.

This parameter can use DIGIT MAP
syntax

Mib name: supServicesHookFlashCode
INI Name: HOOKFLASHCODE

Profile name: Digital SIP DTMF And
Supplemetary Profile

OAM Guide

Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

Parameter Type Provisioning Default Description
Name Type Value
Blind Integer Instant 0 Maximum time (milliseconds) to wait for
Transfer 0-1000000 disconnect from tel before performing
Disconnect blind transfer
Timeout Mib name:
supServicesBlindTransferDisconnectTim
eout
INI Name:
BLINDTRANSFERDISCONNECTTIME
ouT
Profile name: Digital SIP DTMF And
Supplemetary Profile
Enable Enum: Instant 1 Enable Call Transfer service
Transfer No(0), Yes(1) Mib name: transferEnable
INI Name: ENABLETRANSFER
Profile name: Digital SIP DTMF And
Supplemetary Profile
Logical String Instant Prefix added to the called number of a
Prefix For Up to 9 chars. transferred call
Transferred Mib name: transferXferPrefix
Call INI Name: XFERPREFIX
Profile name: Digital SIP DTMF And
Supplemetary Profile
Enable Call Enum: Instant 1 Enable Call Waiting service
Waiting No(0), Yes(1) Mib name: callwaitingEnable
INI Name: ENABLECALLWAITING
Profile name: Digital SIP DTMF And
Supplemetary Profile
Enable NRT Enum: Instant 0 Enable subscription for Call forward
Subscription Disable(0), Enable(1) ringtone Indicator service
Mib name: miscEnableNRTSubscription
INI Name:
ENABLENRTSUBSCRIPTION
Profile name: Digital SIP DTMF And
Supplemetary Profile
AS Integer Instant -1 IPGroup ID for AS server subscribe
Subscribe -1-65525 purposes
IP Group ID Mib name: miscASSubscribelPGroupID
INI Name: ASSUBSCRIBEIPGROUPID
Profile name: Digital SIP DTMF And
Supplemetary Profile
NRT Integer Instant 120 NRT service subscription retry time after
Subscription 0-2000000 last subscription failure (in seconds)
Retry Time Mib name:
miscNRTSubscriptionRetryTime
INI Name:
NRTSUBSCRIBERETRYTIME
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter Type Provisioning Default
Name Type Value
Call Integer Instant 1
Forward 1-65525
Ring Tone
ID
MWI
MWI Enable Enum: Instant 0

Disable(0), Enable(1)

MWI Analog Enum: Instant 0
Lamp Disable(0), Enable(1)

MWI Display Enum: Instant 0
Disable(0), Enable(1)

MWI Server String Instant
IP Up to 49 chars.
MWI Integer Instant 7200
Expiration 10-2000000
Time
MWI Server Enum: Instant -1
Transport = NotConfigured(-1),
Type UDP(0), TCP(1),
TLS(2)
Enable MWI Enum: Instant 0

Subscription Disable(0), Enable(1)

Description

Ringtone type for Call forward
notification

Mib name: miscCallForwardRingTonelD
INI Name:
CALLFORWARDRINGTONEID

Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable MWI support (Message Waiting
Indicator)

Mib name: mWIEnable

INI Name: ENABLEMWI

Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable MWI support using an analog
lamp (110 Volt)

Mib name: mWIAnalogLamp

INI Name: MWIANALOGLAMP
Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable MWI support using Caller ID
interface

Mib name: mWIDisplay

INI Name: MWIDISPLAY

Profile name: Digital SIP DTMF And
Supplemetary Profile

MWI server IP address

Mib name: mWIServerlP

INI Name: MWISERVERIP

Profile name: Digital SIP DTMF And
Supplemetary Profile

MWI service subscription expiration time
(seconds)

Mib name: mWIExpirationTime

INI Name: MWIEXPIRATIONTIME
Profile name: Digital SIP DTMF And
Supplemetary Profile

MWI server transport type

Mib name: mWIServerTransportType
INI Name:
MWISERVERTRANSPORTTYPE
Profile name: Digital SIP DTMF And
Supplemetary Profile

Enable subscription for Message
Waiting Indicator service

Mib name:
sipSubscribeEnableMWISubscription
INI Name:
ENABLEMWISUBSCRIPTION
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter
Name

Retry Time

Type

Integer

10-2000000

Type

Instant

2.17.3 Tab: Tones And Progress

Provisioning Default
Value

Description

MWI service subscription retry time after
last subscription failure (seconds)

Mib name: sipSubscribeRetryTime

INI Name: SUBSCRIBERETRYTIME
Profile name: Digital SIP DTMF And
Supplemetary Profile

Frame: DTMF and Supplementary Provisioning, Tab: Tones And Progress

Parameter Type Provisioning Default Description
Name Type Value
Reorder Integer Instant 0 Duration of reorder tone playing
Tone 0-255 before FXO releases line
Duration Mib name:
(sec) tonesTimeForReorderTone
INI Name:
TIMEFORREORDERTONE
Profile name: Digital SIP DTMF And
Supplemetary Profile
Dial Tone Integer Instant 16 Duration of played dial tone after
Duration 0-60 the gateway seizes the line in
(sec) response to ringing
Mib name: tonesTimeForDialTone
INI Name: TIMEFORDIALTONE
Profile name: Digital SIP DTMF And
Supplemetary Profile
Play Ring Enum: Instant 0 Enable ringback tone playing
Back Tone No(0), Yes(1) towards IP. Refer to User's Manual
To IP for details
Mib name: tonesPlayRBTone2lp
INI Name: PLAYRBTONEZ2IP
Profile name: Digital SIP DTMF And
Supplemetary Profile
Play Ring Enum: Instant 2 Enable ringback tone playing
Back Tone DoNotPlay(0), towards Tel side. Refer to User's
To Tel PlayOnLocal(1), Preferlp(2), Manual for details
PlayLocalUntilIRemoteMedia Mib name: tonesPlayRBTone2Tel
Arrives(3) INI Name: PLAYRBTONE2TEL
Profile name: Digital SIP DTMF And
Supplemetary Profile
Stutter Tone Integer Instant 2000 | Time for playing confirmation tone
Duration 0-60000 before normal dial tone is played
(msec)
Mib name:
tonesStutterToneDuration
INI Name:
STUTTERTONEDURATION
Profile name: Digital SIP DTMF And
Supplemetary Profile
Version 6.6 79 December 2012



?E AudioCodes

Mediant 3000 with TP-8410

Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Instant 0 Play RB tone on transfer success
Playing RB Disable(0), Enable(1) Mib name:
Tone On tonesPlayRBToneXferSuccess
Transfer INI Name: PLAYRBTONEONXFER
Success Profile name: Digital SIP DTMF And
Supplemetary Profile
Screening Enum: Instant -1 Override screening indicator value
Indicator To NotOverwrited(-1), in Setup messages to IP
IP UserProvided(0), Mib name: screeningindicators2Ip
UserPassed(1), INI Name: SCREENINGIND2IP
UserFailed(2), Profile name: Digital SIP DTMF And
NetworkProvided(3) Supplemetary Profile
Screening Enum: Instant 0 Override screening indicator value
Indicator To NotOverwrited(-1), in Setup messages to ISDN
ISDN UserProvided(0), Mib name:
UserPassed(1), screeninglndicators2ISDN
UserFailed(2), INI Name: SCREENINGIND2ISDN
NetworkProvided(3) Profile name: Digital SIP DTMF And
Supplemetary Profile
Enable Enum: Instant 0 Enable Comfort Tone for playing a
Comfort Disable(0), Enable(1) patience comfort tone between
Tone Invite and 18x response.
[0] - Disabled
[1] - Enabled. Comfort Tone will be
played.
Mib name:
tonesEnableComfortTone
INI Name:
ENABLECOMFORTTONE
Profile name: Digital SIP DTMF And
Supplemetary Profile
First Call Integer Instant -1 The index of the first Call RB tone
Ring Back -1-1000 in the call-progress tones file
Tone ID Mib name: tonesFirstCallRBTId
INI Name: FIRSTCALLRBTID
Profile name: Digital SIP DTMF And
Supplemetary Profile
Precedence Integer Instant -1 The index of the first Call RB tone
Ringing -1-16 in the call-progress tones file
Type Mib name:
tonesPrecedenceRingingType
INI Name:
PRECEDENCERINGINGTYPE
Profile name: Digital SIP DTMF And
Supplemetary Profile
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Parameter Type Provisioning Default Description
Name Type Value
Cut Through Integer Instant 0 Duration of reorder tone played
Time For 0-30 after release from IP side for
Reorder CutThrogh application
Tone Mib name:
tonesCutThroughTimeForReorderT
one
INI Name:
CUTTHROUGHTIMEFORREORDE
RTONE

2.18 Frame: Global Settings

2.18.1 Tab: General Settings

Frame: Global Settings, Tab:

Parameter Type Provisioning Default
Name Type Value
B Channel Enum: Offline 0

Profile name: Digital SIP DTMF And
Supplemetary Profile

General Settings

Description

When set to 1 B-Channels Alarms will be

Alarms disable(0), sent.
enable(1) Mib name: acTrunkGlobalBChannelAlarms
INI Name: BCHANNELALARMS
Profile name: Global Settings Profile
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2.19 Frame: IP Group Provisioning

2.19.1 Tab: IP Group

Frame: IP Group Provisioning, Tab: IP Group

Parameter Type Provisioning Default Description
Name Type Value
IP Group Enum: Instant 0 GwApp IP Group Table
Type server(0), user(1), Mib name: ipGroupType
gateway(2) INI Name: IPGROUP_TYPE
Profile name: Not Profiled
IP Group String Instant GwApp IP Group Table
Description Up to 29 chars. Mib name: ipGroupDescription
INI Name:
IPGROUP_DESCRIPTION
Profile name: Not Profiled
IP Group Integer Instant -1 GwApp IP Group Table
Proxy Set Id -1-5 Mib name: ipGroupProxySetld
INI Name: IPGROUP_PROXYSETID
Profile name: Not Profiled
IP Group SIP String Instant GwApp IP Group Table
Group Name Up to 49 chars. Mib name: ipGroupSIPGroupName
INI Name:
IPGROUP_SIPGROUPNAME
Profile name: Not Profiled
IP Group String Instant GwApp IP Group Table
Contact User Up to 50 chars. Mib name: ipGroupContactUser
INI Name:
IPGROUP_CONTACTUSER
Profile name: Not Profiled
IP Group Enum: Instant 0 GwApp IP Group Table
Enable disable(0), Mib name:
Survivability | enablelfNecessary(1), ipGroupEnableSurvivability
alwaysEnable(2), INI Name:
alwaysTerminateRegiste IPGROUP_ENABLESURVIVABILITY
r(3) Profile name: Not Profiled
IP Group Integer Instant -1 GwApp IP Group Table
Serving IP -1-31 Mib name: ipGroupServinglPGroup
Group INI Name:
IPGROUP_SERVINGIPGROUP
Profile name: Not Profiled
IP Group Sip Enum: Instant -1 GwApp IP Group Table
Re Routing NotConfigured(-1), Mib name:
Mode Standard(0), Proxy(1), ipGroupSipReRoutingMode
RoutingTable(2) INI Name:
IPGROUP_SIPREROUTINGMODE
Profile name: Not Profiled
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Parameter Type
Name Type
IP Group Integer Instant
Profileld 0-9
IP Group String Instant
Media Realm Up to 39 chars.
Max Num Of Integer Instant
Registered -1-3000
Users
Registration Enum: Instant
Mode UserlnitiatesRegistration
s(0),
sbclnitiatesRegistrations(
1),
NoRegistrationsNeeded(
2)
Authentication Enum: Instant
Mode UserAuthenticates(0),
sbcAuthenticatesAsClien
t(1),
SbcAuthenticatesAsServ
er(2)
Method List String Instant
Up to 255 chars.
SRD Integer Online

0-32

Provisioning Default
Value

0

Description

Mib name: ipGroupProfileld
INI Name: IPGROUP_PROFILEID
Profile name: Not Profiled

Mib name: ipGroupMediaRealm
INI Name: IPGROUP_MEDIAREALM
Profile name: Not Profiled

Max Number Of Registered Users.
MP1xx - 25

M1K - 200

M2K- 250

M3K - 3000

Mib name:
ipGroupMaxNumOfRegUsers

INI Name:
IPGROUP_MAXNUMOFREGUSERS
Profile name: Not Profiled

GwApp IP Group Table Registration
Mode.

0 - User initiates registrations
(default)

1 - SBC initiate registrations (works
only with user info file)

2 - No registrations needed (users
will be inserted to DB in active state).
Can be used for the scenario, here
the SBC authenticates (as server) the
incoming INVITE requests from the
users.

Mib name: ipGroupRegistrationMode
INI Name:
IPGROUP_REGISTRATIONMODE
Profile name: Not Profiled

GwApp IP Group Table
Authentication mode

Mib name:
ipGroupAuthenticationMode

INI Name:
IPGROUP_AUTHENTICATIONMOD
E

Profile name: Not Profiled

List of methods separated by " that
this IP group will challenge.

Mib name: ipGroupMethodList

INI Name: IPGROUP_METHODLIST
Profile name: Not Profiled

SRD Index

Mib name: ipGroupSRD
INI Name: IPGROUP_SRD
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Enable SBC Enum: Instant 0 Is set to yes, the SBC will fork
Client Forking no(0), yes(1) INVITE messages (if avalibale) and
will create up to 5 separate Sip
outgoing legs
Mib name:
ipGroupEnableSBCClientForking
INI Name:
IPGROUP_ENABLESBCCLIENTFO
RKING
Profile name: Not Profiled
Src Uri Input Enum: Instant -1 Configured the source URI input,
NotConfigured(-1), used in the Classify-Manipulate-
FROM(0), TO(2), Route process in SBC.
RequestURI(2), Mib name: ipGroupSrcUrilnput
PAssertedFirstHeader(3) INI Name:
, IPGROUP_SOURCEURIINPUT
PAssertedSecondHeade Profile name: Not Profiled
r(4), Ppreferred(5),
Route(6), Diversion(7),
HistoryInfo(8),
PAssociatedURI(9),
PcalledPartylD(10),
Contact(11)
Dst Uri Input Enum: Instant -1 Configured the destination URI input,
NotConfigured(-1), used in the Classify-Manipulate-
FROM(0), TO(2), Route process in SBC.
RequestURI(2), Mib name: ipGroupDstUrilnput
PAssertedFirstHeader(3) INI Name:
, IPGROUP_DESTURIINPUT
PAssertedSecondHeade Profile name: Not Profiled
r(4), Ppreferred(5),
Route(6), Diversion(7),
HistoryInfo(8),
PAssociatedURI(9),
PcalledPartylD(10),
Contact(11)
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2.20 Frame: IP Interface Settings

2.20.1 Tab: IP Interface Settings

Frame: IP Interface Settings, Tab: IP Interface Settings

Parameter Type Provisioning Default Description
Name Type Value
Application Enum: Offline 0 The type assigned to the interface.
Types oam(0), Mib name: acSyslinterfaceApplicationTypes
media(1), INI Name:
control(2), INTERFACETABLE_APPLICATIONTYPES
oamAndMedia(3) Profile name: Not Profiled

oamAndControl(

4),
mediaAndContro
I(5),
oamAndMediaAn
dControl(6),
maintenance(99)
Interface Enum: Offline 0 Interface configuration mode.
Mode  IPv6PrefixManua Mib name: acSyslnterfaceMode
1(3), INI Name:
IPv6Manual(4), INTERFACETABLE_INTERFACEMODE
IPv4Manual(10) Profile name: Not Profiled
IP Address String Online IP Address (can be either IPv4 or IPv6) for this
Up to 45 chars. interface.

Mib name: acSyslinterfacelPAddress
INI Name: INTERFACETABLE_IPADDRESS
Profile name: Not Profiled

Prefix Integer Offline 0 The number of ?1? bits in this interface?s
Length 0-128 netmask.
Mib name: acSyslInterfacePrefixLength
INI Name:

INTERFACETABLE_PREFIXLENGTH
Profile name: Not Profiled

Gateway String Offline Default Gateway. Filled in one row only. 0 in
Up to 45 chars. others
Mib name: acSysInterfaceGateway
INI Name: INTERFACETABLE_GATEWAY
Profile name: Not Profiled

VLAN ID Integer Offline 0 VLAN ID of this interface.
0-4094 Mib name: acSyslnterfaceVlanID
INI Name: INTERFACETABLE_VLANID
Profile name: Not Profiled

Interface String Offline a 16 character string of this interface?s name.
Name Up to 16 chars. Mib name: acSysInterfaceName
INI Name:

INTERFACETABLE_INTERFACENAME
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Primary String Online Primary DNS server IP address
DNS Server Up to 45 chars. Mib name:
IP Address acSysinterfacePrimaryDNSServerlPAddress
INI Name:
INTERFACETABLE_PRIMARYDNSSERVERI
PADDRESS
Profile name: Not Profiled
Secondary String Online Secondary DNS server IP address
DNS Server Up to 45 chars. Mib name:
IP Address acSysinterfaceSecondaryDNSServerlPAddres
S
INI Name:

INTERFACETABLE_SECONDARYDNSSERV
ERIPADDRESS
Profile name: Not Profiled

2.21 Frame: LDAP Provisioning

2.21.1 Tab: LDAP Settings

Frame: LDAP Provisioning, Tab: LDAP Settings

Parameter Type Provisioning Default Description
Name Type Value
Server Mode Enum: Read-Only 0 LDAP server status.
notApplicable(0), Mib name: acSysLDAPStatusServerMode
connectionBroken(1), Profile name: Not Profiled
connecting(2),
connected(3)
Server Ip IPAddress Online This parameter defines the IP address in

dotted format notation.

e.g., 192.10.1.255

Range = Legal IP address

Mib name: acSysLDAPServerlp

INI Name: LDAPSERVERIP

Profile name: Digital SIP Advance Profile

Server Port Integer Online 389 | Defines the port number for the LDAP
0-65535 server.
Range = Valid port number
Mib name: acSysLDAPServerPort
INI Name: LDAPSERVERPORT
Profile name: Digital SIP Advance Profile

Server Max Integer Instant 3000 Defines the period of time the module will
Respond 0-86400 wait for LDAP server response (seconds)
Time Mib name:
acSysLDAPServerMaxRespondTime
INI Name:

LDAPSERVERMAXRESPONDTIME
Profile name: Digital SIP Advance Profile
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Parameter
Name

Server
Domain
Name

Search DN

Password

Bind DN

LDAP Private
Attr Name

LDAP
Primary Key

LDAP
Secondary
Key

LDAP Cache

Cache
Enable

Cache Entry
Timeout

Type

String
Up to 255 chars.

String
Up to 255 chars.

String

String
Up to 255 chars.

String
Up to 49 chars.

String
Up to 49 chars.

String
Up to 49 chars.

Enum:

Disable(0), Enable(1)

Integer
0-2147483647

Provisioning Default

Type

Online

Online

Online

Online

Instant

Instant

Instant

Offline

Online

Value

255

1200

Description

This parameter is used to indicate the
name of LDAP server.

Mib name: acSysLDAPServerDomainName
INI Name: LDAPSERVERDOMAINNAME
Profile name: Digital SIP Advance Profile

This parameter is used to indicate the
search DN for LDAP search request

Mib name: acSysLDAPSearchDN

INI Name: LDAPSEARCHDN

Profile name: Digital SIP Advance Profile

This parameter is used to indicate the user
password of LDAP server.

Mib name: acSysLDAPPassword

INI Name: LDAPPASSWORD

Profile name: Digital SIP Advance Profile

This parameter is used to indicate the of
LDAP server bind DN

Mib name: acSysLDAPBIndDN

INI Name: LDAPBINDDN

Profile name: Digital SIP Advance Profile

The name of the attribute which represents
the user Private number in the Microsoft AD
data base.

Mib name: miscLDAPPrivateAttrName

INI Name:
MSLDAPPRIVATENUMATTRIBUTENAME
Profile name: Digital SIP Advance Profile

The name of the query primary key in the
Microsoft AD data base.

Mib name: miscLDAPPrimaryKey

INI Name: MSLDAPPRIMARYKEY
Profile name: Digital SIP Advance Profile

The name of the query secondary key in
the Microsoft AD data base.

Mib name: miscLDAPSecondaryKey

INI Name: MSLDAPSECONDARYKEY
Profile name: Digital SIP Advance Profile

Enables/Disable using the cashe in LDAP.

0- disable (default)

1- enable

Mib name: acSysLDAPCacheEnable

INI Name: LDAPCACHEENABLE

Profile name: Digital SIP Advance Profile

The time (in seconds) that an entry in the
LDAP cache is valid.

Mib name: acSysLDAPCacheEntryTimeout
INI Name: LDAPCACHEENTRYTIMEOUT
Profile name: Digital SIP Advance Profile
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Parameter Type Provisioning Default Description
Name Type Value
Cache Entry Integer Online 0 The time (in seconds) that an entry in the
Removal 0-2147483647 LDAP cache is removed from cache.
Timeout Mib name:
acSysLDAPCacheEntryRemovalTimeout
INI Name:
LDAPCACHEENTRYREMOVALTIMEOUT
Profile name: Digital SIP Advance Profile
LDAP
Attributes
OCS Number String Instant The name of the attribute which represents
LDAP Up to 48 chars. the user OCS number in the Microsoft AD
Attribute data base
Name Mib name:
miscLDAPocsNumberAttributeName
INI Name:
MSLDAPOCSNUMATTRIBUTENAME
Profile name: Digital SIP Advance Profile
PBX Number String Instant The name of the attribute which represents
LDAP Up to 48 chars. the user PBX number in the Microsoft AD
Attribute data base
Name Mib name:
miscLDAPpbxNumberAttributeName
INI Name:
MSLDAPPBXNUMATTRIBUTENAME
Profile name: Digital SIP Advance Profile
Mobile String Instant The name of the attribute which represents
Number Up to 48 chars. the user Mobile number in the Microsoft AD
LDAP data base
Attribute Mib name:
Name miscLDAPMobileNumberAttributeName
INI Name:
MSLDAPMOBILENUMATTRIBUTENAME
Profile name: Digital SIP Advance Profile
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2.22 Frame: Manipulations Provisioning

2.22.1 Tab: General Setting

Frame: Manipulations Provisioning, Tab: General Setting

Parameter Type Provisioning Default Description
Name Type Value
Remove Enum: Instant 0 Remove prefix defined in IP to Trunk Group
Prefix No(0), Yes(1) table (IP to Tel calls)
Mib name: manipulationRemovePrefix
INI Name: REMOVEPREFIX
Profile name: Not Profiled
Add Trunk Enum: Instant 0 Add Trunk Group ID on which the call was
Group ID As| No(0), Yes(1) received as the called number prefix
Prefix Mib name:
manipulationAddTrunkGroupAsPrefix
INI Name: ADDTRUNKGROUPASPREFIX
Profile name: Not Profiled
Add Trunk Enum: Instant 0 Add Trunk Group ID on which the call was
Group As | No(0), Yes(1) received as the calling number prefix
Prefix To Mib name:
Source manipulationAddTrunkGroupAsPrefixToSource
INI Name:
ADDTRUNKGROUPASPREFIXTOSOURCE
Profile name: Not Profiled
Add Port ID Enum: Instant 0 Add port number (Analog gateway) / Trunk ID
As Prefix | No(0), Yes(1) (Digital gateway) as called number prefix
Mib name: manipulationAddPortAsPrefix
INI Name: ADDPORTASPREFIX
Profile name: Not Profiled
Replace Enum: Instant 0 Replace empty destination number (received
Empty Dst Disable(0), from Tel side) with port number
With Port Enable(1) Mib name:
Number manipulationReplaceEmptyDstWithPortNumbe
r
INI Name:
REPLACEEMPTYDSTWITHPORTNUMBER
Profile name: Not Profiled
Use Source Enum: Instant 0 if set to 1 Use source number as display name
Number As | Disable (0), if empty.
Display Enable (1), if set to 2 always use source number as
Name Overwrite(2), display name .
Original(3) if set to 3 use the source number before
manipulation, if empty.
Mib name:
manipulationUseSourceNumberAsDisplayNam
e
INI Name:
USESOURCENUMBERASDISPLAYNAME
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Add NPI Enum: Instant 0 Add NPI and TON as prefix to called number
And TON As|  Disable(0), Mib name:
Prefix To Enable(1) manipulationAddNPlandTON2CalledNumber
Called INI Name:
Number ADDNPIANDTON2CALLEDNUMBER
Profile name: Not Profiled
Add NPI Enum: Instant 0 Add NPI and TON as prefix to calling number
And TON As  Disable(0), Mib name:
Prefix To Enable(1) manipulationAddNPlandTON2CallingNumber
Calling INI Name:
Number ADDNPIANDTON2CALLINGNUMBER
Profile name: Not Profiled
Use Display Enum: Instant 0 when set to 1 then If display name exists, use
Name As Disable(0), it as source number. If not, set presentation as
Source Enable(1) restricted
Number Mib name:
manipulationUseDisplayNameAsSourceNumb
er
INI Name:
USEDISPLAYNAMEASSOURCENUMBER
Profile name: Not Profiled
Add Prefix String Instant Prefix which added to redirect phone number
To Redirect Up to 7 chars. Mib name:
Number manipulationAddPrefixToRedirectNumber
INI Name: PREFIX2REDIRECTNUMBER
Profile name: Not Profiled
Add Phone Enum: Instant 0 add the phone context to src/dest phone
Context As ' No(0), Yes(1) number as prefix
Prefix Mib name:
manipulationAddPhoneContextAsPrefix
INI Name: ADDPHONECONTEXTASPREFIX
Profile name: Not Profiled
Blind Enum: Instant 0 Add keying sequence for performing blind
Transfer Disable(0), transfer as transfer number prefix
Add Prefix Enable(1) Mib name: manipulationBlindTransferAddPrefix
INI Name: KEYBLINDTRANSFERADDPREFIX
Profile name: Not Profiled
Copy Dest Enum: Instant 0 0 - Redirect N not affected,1- Called N after
to Redirect Disable(0), manipulation from TEL2IP call will also be
Number | AfterManipulatio used as Redirect N,2 - the Called N before
n(1), manipulation - as Redirect N
BeforeManipulati Mib name:
on(2) digitalGWextCopyDest2RedirectNumber
INI Name: COPYDEST2REDIRECTNUMBER
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Source Enum: Instant 0 Describes the headers containing source
Manipulatio  fromAndPai(0), number after manipulation:
n Mode fromOnly(1) (0) both FROM and P-Asserted contain src
number after manipulations
(1) only FROM contains src number after
manipulation
Mib name: manipulationSourceMode
INI Name: SOURCEMANIPULATIONMODE
Profile name: Not Profiled
Set Tel To Enum: Instant -1 If redirect (diversion) data is received from the
Ip Redirect notConfigured(- PSTN interface, the redirect reason is set to
Reason | 1), unknown(0), the value of this parameter, before transferring
bust(1), it to the IP.
noReply(2), default value is -1 --> not change the received
networkBusy(3), value.
deflection(4),
dTEOutOfOrder( Mib name:
9), manipulationSetTel2lpRedirectReason
forwardingDTE(1 INI Name: SETTEL2IPREDIRECTREASON
0), transfer(13), Profile name: Not Profiled
pickUp(14),
systematicOrUnc
onditional(15)
Setlp To Enum: Instant -1 If redirect (diversion) data is received from the
Tel Redirect| notConfigured(- IP side, the redirect reason is set to the value
Reason | 1), unknown(0), of this parameter, before transferring it to the
bust(1), PSTN interface.
noReply(2), default value is -1 --> not change the received
networkBusy(3), value.
deflection(4),
dTEOutOfOrder( Mib name:
9), manipulationSetlp2TelRedirectReason
forwardingDTE(1 INI Name: SETIP2TELREDIRECTREASON
0), transfer(13), Profile name: Not Profiled
pickUp(14),
systematicOrUnc
onditional(15)
Setlp To Enum: Instant -1 Override screening indicator value of the
Tel Redirect| notConfigured(- redirect number in Setup messages to PSTN
Screening 1), interface
Indicator userProvided(0), Mib name:
userPassed(1), manipulationSetlp2TelRedirectScreeningindica
userFailed(2), tor
networkProvided INI Name:
3) SETIP2TELREDIRECTSCREENINGIND
Profile name: Not Profiled
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Parameter Type Provisioning Default
Name Type Value
Tel To IP Enum: Instant 0
Source reserved(0),
Number replaced(1)
Mapping
Dial Plan
Mode
Perform Enum: Instant 0
Additional Disable(0),
IP2TEL Enable(1)
Source
Manipulatio
n
Perform Enum: Instant 0
Additional Disable(0),
IP2TEL Enable(1)
Destination
Manipulatio
n
Telto IP Enum: Instant -1
Default | NotConfigured(-
Redirect 1), Busy(1),
Reason NoReply(2),
Deflection(4),
dteOutOfOrder(9
),
SystematicUnco
nditional(15)
Add NPI Enum: Instant 0
and TON to| No(0), Yes(1)
Redirect
Number

Description

Tel to IP Source Number Mapping Dial Plan
Mode - reserved or replaced

Mib name:
miscTel2IPSourceNumberMappingDialPlanMo
de

INI Name:
TEL2IPSOURCENUMBERMAPPINGDIALPLA
NMODE

Profile name: Not Profiled

Perform Additional IP2TEL Source
Manipulation

Mib name:
sipMiscPerformAdditionallP2TELSourceManip
ulation

INI Name:
PERFORMADDITIONALIP2TELSOURCEMAN
IPULATION

Profile name: Not Profiled

Perform Additional IP2TEL Destination
Manipulation

Mib name:
sipMiscPerformAdditionallP2TELDestinationM
anipulation

INI Name:
PERFORMADDITIONALIP2TELDESTINATIO
NMANIPULATION

Profile name: Not Profiled

Tel2IP Default Redirect Reason when PSTN
Redirect Reason is missing or unknown.
default value is -1 - no change in the received
value.

Mib name:
manipulationTel2|PDefaultRedirectReason
INI Name:
TEL2IPDEFAULTREDIRECTREASON
Profile name: Not Profiled

Add NPI and TON as prefix to redirect number
Mib name:
manipulationAddNPlandTON2RedirectNumber
INI Name:
ADDNPIANDTON2REDIRECTNUMBER
Profile name: Not Profiled
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2.22.2 Tab: Destination IP to Tel

Frame: Manipulations Provisioning, Tab: Destination IP to Tel

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Destination number, starting at 0.
0-99 Mib name: dstIP2TELIndex

INI Name: NUMBERMAPIP2TEL_INDEX
Profile name: Not Profiled

Status Enum: NA 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2 Mib name: dstIP2TELRowStatus
), NotReady(3), Profile name: Not Profiled
CreateAndGo(
4),
CreateAndWait
(5), Destroy(6)
Destination String Instant
Prefix Up to 100 Mib name: dstIP2TELPrefix
chars. INI Name:
NUMBERMAPIP2TEL_DESTINATIONPREFIX
Profile name: Not Profiled
Source String Instant Source Prefix
Prefix Up to 100 Mib name: dstIP2TELSourcePrefix
chars. INI Name:
NUMBERMAPIP2TEL_SOURCEPREFIX
Profile name: Not Profiled
Source IP String Instant Source IP
Address Up to 16 chars. Mib name: dstIP2TELSourcelP
INI Name:
NUMBERMAPIP2TEL_SOURCEADDRESS
Profile name: Not Profiled
Stripped Integer Instant 0 Num of stripped digits, Remove from left.
Digits 0-211 Mib name: dstIP2TELNumOfStrippedDigits
From Left INI Name:
NUMBERMAPIP2TEL_REMOVEFROMLEFT
Profile name: Not Profiled
Stripped Integer Instant 0 Num Of digits To Remove from Right.
Digits 0-211 Mib name:
From Right dstIP2TELNumOfDigitsToRemFromRight
INI Name:
NUMBERMAPIP2TEL_REMOVEFROMRIGHT
Profile name: Not Profiled
Prefix To String Instant Prefix to Add
Add Up to 49 chars. Mib name: dstIP2TELPrefixToAdd

INI Name: NUMBERMAPIP2TEL_PREFIX2ADD
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Suffix To String Instant Suffix To Add
Add Up to 49 chars. Mib name: dstIP2TELSuffix2Add
INI Name: NUMBERMAPIP2TEL_SUFFIX2ADD
Profile name: Not Profiled
Number Of Integer Instant 0 Number of digits to leave
Digits To 0-255 Mib name: dstIP2TELNumOfDigitsToLeave
Leave INI Name:
NUMBERMAPIP2TEL_LEAVEFROMRIGHT
Profile name: Not Profiled
Number Enum: Instant 0 Number Plan
Plan Unknown(0), Mib name: dstiP2TELNumberPlan
E164Public(1), INI Name: NUMBERMAPIP2TEL_NUMBERPLAN
Private(9), Profile name: Not Profiled
NotConfigured(
255)
Number Enum: Instant 0 Number Type
Type Unknown(0), Mib name: dstiP2TELNumberType
International- INI Name: NUMBERMAPIP2TEL_NUMBERTYPE
Level2Regiona Profile name: Not Profiled
[(1), National-
LevellRegiona
1(2),
NetworkSpecifi
C-
NetworkPISN(
3), Subscriber-
LevelORegiona
1(4),
Abbreviated(6),
NotConfigured(
255)
Is Integer Instant 255 | Is Presentation Restricted
Presentatio 0-255 Mib name: dstIP2TELIsPresentationRestricted
n INI Name:
Restricted NUMBERMAPIP2TEL_ISPRESENTATIONREST
RICTED
Profile name: Not Profiled
Source String Instant Source Host Prefix
Host  Up to 50 chars. Mib name: dstIP2TELSrcHost
INI Name: NUMBERMAPIP2TEL_SRCHOST
Profile name: Not Profiled
Destination String Instant Destination Host Prefix
Host  Up to 50 chars. Mib name: dstIP2TELDstHost
INI Name: NUMBERMAPIP2TEL_DESTHOST
Profile name: Not Profiled
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2.22.3 Tab: Destination Tel to IP

Frame: Manipulations Provisioning, Tab: Destination Tel to IP

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Destination number, starting at 0.
0-119 Mib name: dstTEL2IPIndex
INI Name: NUMBERMAPTELZ2IP_INDEX
Profile name: Not Profiled
Status Enum: NA 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2 Mib name: dstTEL2IPRowStatus
), Profile name: Not Profiled
NotReady(3),
CreateAndGo(
4),
CreateAndWait
(5), Destroy(6)
Source Integer Instant -1 GwApp Tel-to-IP Destination Phone Number
Trunk -1-99 Manipulation Rules Table
Group ID Mib name: dstTEL2IPSourceTrunkGrouplID
INI Name:
NUMBERMAPTEL2IP_SRCTRUNKGROUPID
Profile name: Not Profiled
Destination String Instant
Prefix Up to 100 Mib name: dstTEL2IPPrefix
chars. INI Name:
NUMBERMAPTEL2IP_DESTINATIONPREFIX
Profile name: Not Profiled
Source String Instant
Prefix Up to 100 Mib name: dstTEL2IPSourcePrefix
chars. INI Name:
NUMBERMAPTEL2IP_SOURCEPREFIX
Profile name: Not Profiled
Stripped Integer Instant 0 Num of stripped digits
Digits From 0-211 Mib name: dstTEL2IPNumOfStrippedDigits
Left INI Name:
NUMBERMAPTEL2IP_REMOVEFROMLEFT
Profile name: Not Profiled
Stripped Integer Instant 0 Num Of digits To Remove from Right.
Digits From 0-211 Mib name:
Right dstTEL2IPNumOfDigitsToRemFromRight
INI Name:
NUMBERMAPTEL2IP_REMOVEFROMRIGHT
Profile name: Not Profiled
Prefix To String Instant Prefix to Add
Add Up to 49 chars. Mib name: dstTEL2IPPrefixToAdd

INI Name: NUMBERMAPTELZ2IP_PREFIX2ADD
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Suffix To String Instant Suffix To Add
Add Up to 49 chars. Mib name: dstTEL2IPSuffix2Add

INI Name: NUMBERMAPTELZ2IP_SUFFIX2ADD
Profile name: Not Profiled

Number Of Integer Instant 0 Number of digits to leave
Digits To 0-255 Mib name: dstTEL2IPNumOfDigitsToLeave
Leave INI Name:

NUMBERMAPTEL2IP_LEAVEFROMRIGHT
Profile name: Not Profiled

Source IP String Instant * Source Address
Address Up to 15 chars. Mib name: dstTEL2IPSourcelPAddress
INI Name:

NUMBERMAPTEL2IP_SOURCEADDRESS
Profile name: Not Profiled

Source IP Integer Instant -1 GwApp Tel-to-IP Destination Phone Number
Group ID -1-31 Manipulation Rules Table

Mib name: dstTEL2IPSourcelPGrouplD

INI Name:

NUMBERMAPTEL2IP_SRCIPGROUPID
Profile name: Not Profiled

Is Integer Instant 255  Is Presentation Restricted
Presentatio 0-255 Mib name: dstTEL2IPIsPresentationRestricted
n INI Name:
Restricted NUMBERMAPTEL2IP_ISPRESENTATIONREST
RICTED
Profile name: Not Profiled
Dst Ip Integer Instant -1 Dst Ip Group Id.
Group Id -1-31 Mib name: dstTEL2IPDstlpGrpld
INI Name:

NUMBERMAPTEL2IP_DESTIPGROUPID
Profile name: Not Profiled
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2.22.4 Tab: Source IP to Tel

Frame: Manipulations Provisioning, Tab: Source IP to Tel

Parameter  Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Source number, starting at 0.
0-19 Mib name: srcIP2TELIndex

INI Name: SOURCENUMBERMAPIP2TEL_INDEX
Profile name: Not Profiled

Status Enum: NA 3 Row-Status Textual Conventions as defined in RFC
Active(1), 2579: Textual Conventions for SMIv2
NotInServi Mib name: srcIP2TELRowStatus
ce(2), Profile name: Not Profiled
NotReady(
3),
CreateAnd
Go(4),
CreateAnd
Wait(5),
Destroy(6)
Destination |  String Instant
Prefix Up to 100 Mib name: srcIP2TELDestPrefix
chars. INI Name:
SOURCENUMBERMAPIP2TEL_DESTINATIONPRE
FIX
Profile name: Not Profiled
Source String Instant
Prefix Up to 100 Mib name: srcIP2TELPrefix
chars. INI Name:
SOURCENUMBERMAPIP2TEL _SOURCEPREFIX
Profile name: Not Profiled
Source IP String Instant * Source Address
Address | Upto 15 Mib name: srcIP2TELSourcelPAddress
chars. INI Name:
SOURCENUMBERMAPIP2TEL_SOURCEADDRES
S
Profile name: Not Profiled
Stripped Integer Instant 0 Num of stripped digits
Digits From ' 0-211 Mib name: srcIP2TELNumOfStrippedDigits
Left INI Name:
SOURCENUMBERMAPIP2TEL_REMOVEFROMLE
FT
Profile name: Not Profiled
Stripped Integer Instant 0 Num Of digits To Remove from Right.
Digits From | 0-211 Mib name: srclP2TELNumOfDigitsToRemFromRight
Right INI Name:
SOURCENUMBERMAPIP2TEL_REMOVEFROMRIG
HT

Profile name: Not Profiled
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Parameter
Name

Type

Prefix To String
Add Up to 49
chars.

Suffix To String
Add Up to 49
chars.

Number Of
Digits To
Leave

Integer
0-255

Number Enum:
Plan Unknown(
0),
E164Publi
c(1),
Private(9),
NotConfig
ured(255)

Enum:
Unknown(
0),
Internation
al-
Level2Reg
ional(1),
National-
LevellReg
ional(2),
NetworkS
pecific-
NetworkPlI
SN(3),
Subscriber

Number
Type

LevelOReg
ional(4),
Abbreviate
d(6),
NotConfig
ured(255)

Enum:
NotBlocke
d(0),
Blocked(1)

Presentation

NotConfig
ured(255)

Type

Instant

Instant

Instant

Instant

Instant

Instant

Provisioning Default
Value

255

Description
Prefix to Add
Mib name: srclP2TELPrefixToAdd
INI Name:

SOURCENUMBERMAPIP2TEL_PREFIX2ADD
Profile name: Not Profiled

Suffix To Add

Mib name: srcIP2TELSuffix2Add

INI Name:
SOURCENUMBERMAPIP2TEL_SUFFIX2ADD
Profile name: Not Profiled

Number of digits to leave

Mib name: srclP2TELNumOfDigitsToLeave

INI Name:
SOURCENUMBERMAPIP2TEL_LEAVEFROMRIGH
T

Profile name: Not Profiled

Number Plan

Mib name: srcIP2TELNumberPlan

INI Name:
SOURCENUMBERMAPIP2TEL_NUMBERPLAN
Profile name: Not Profiled

Number Type

Mib name: srclP2TELNumberType

INI Name:
SOURCENUMBERMAPIP2TEL_NUMBERTYPE
Profile name: Not Profiled

Presentation

Mib name: srcIP2TELPresentation

INI Name:

SOURCENUMBERMAPIP2TEL _ISPRESENTATION
RESTRICTED

Profile name: Not Profiled
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Parameter  Type Provisioning Default Description
Name Type Value
Source Host  String Instant Source Host Prefix
Up to 50 Mib name: srcIP2TELSrcHost
chars. INI Name:

SOURCENUMBERMAPIP2TEL_SRCHOST
Profile name: Not Profiled

Destination  String Instant Destination Host Prefix
Host Up to 50 Mib name: srcIP2TELDstHost
chars. INI Name:

SOURCENUMBERMAPIP2TEL_DESTHOST
Profile name: Not Profiled

2.225 Tab: Source Tel to IP

Frame: Manipulations Provisioning, Tab: Source Tel to IP

Parameter  Type  Provisioning Default Description
Name Type Value
Index Integer NA 0 Source number, starting at O.
0-119 Mib name: srcTEL2IPIndex

INI Name: SOURCENUMBERMAPTEL2IP_INDEX
Profile name: Not Profiled

Status Enum: NA 3 Row-Status Textual Conventions as defined in RFC
Active(1), 2579: Textual Conventions for SMIv2
NotInServi Mib name: srcTEL2IPRowStatus

ce(2), Profile name: Not Profiled
NotReady(
3),
CreateAnd
Go(4),
CreateAnd
Wait(5),
Destroy(6)
Source Integer Instant -1 GwApp IP-toTel Destination Phone Number
Trunk Group  -1-99 Manipulation Rules Table
ID Mib name: srcTEL2IPSourceTrunkGroupID
INI Name:

NUMBERMAPIP2TEL SRCTRUNKGROUPID
Profile name: Not Profiled

Source IP | Integer Instant -1 GwApp IP-toTel Destination Phone Number

Group ID -1-31 Manipulation Rules Table
Mib name: srcTEL2IPSourcelPGrouplD
INI Name: NUMBERMAPIP2TEL_SRCIPGROUPID
Profile name: Not Profiled

Destination  String Instant
Prefix Up to 100 Mib name: srcTEL2IPDestPrefix
chars. INI Name:
SOURCENUMBERMAPTELZ2IP_DESTINATIONPRE
FIX

Profile name: Not Profiled
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Parameter Type
Name
Source String
Prefix Up to 100
chars.
Stripped Integer
Digits From | 0-211
Left
Stripped Integer
Digits From  0-211
Right
Prefix To String
Add Up to 49
chars.
Suffix To String
Add Up to 49
chars.
Number Of Integer
Digits To 0-255
Leave
Presentation Enum:
NotBlocke
d(0),
Blocked(1)
NotConfig
ured(255)
Is String

Presentation Up to 15

Restricted chars.
Source Host  String
Up to 50
chars.

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Provisioning Default
Value

255

Description

Mib name: srcTEL2IPPrefix

INI Name:
SOURCENUMBERMAPTEL2IP_SOURCEPREFIX
Profile name: Not Profiled

Num of stripped digits, Remove from left.

Mib name: srcTEL2IPNumOfStrippedDigits

INI Name:
SOURCENUMBERMAPTEL2IP_REMOVEFROMLE
FT

Profile name: Not Profiled

Num Of digits To Remove from Right.

Mib name: srcTEL2IPNumOfDigitsToRemFromRight
INI Name:
SOURCENUMBERMAPTEL2IP_REMOVEFROMRIG
HT

Profile name: Not Profiled

Prefix to Add

Mib name: srcTEL2IPPrefixToAdd

INI Name:
SOURCENUMBERMAPTELZ2IP_PREFIX2ADD
Profile name: Not Profiled

Suffix To Add

Mib name: srcTEL2IPSuffix2Add

INI Name:
SOURCENUMBERMAPTELZ2IP_SUFFIX2ADD
Profile name: Not Profiled

Number of digits to leave

Mib name: srcTEL2IPNumOfDigitsToLeave

INI Name:
SOURCENUMBERMAPTEL2IP_LEAVEFROMRIGH
T

Profile name: Not Profiled

Presentation

Mib name: srcTEL2IPPresentation

INI Name:
SOURCENUMBERMAPTELZ2IP_ISPRESENTATION
RESTRICTED

Profile name: Not Profiled

Source Address

Mib name: srcTEL2IPSourcelPAddress

INI Name:
SOURCENUMBERMAPTELZ2IP_SOURCEADDRES
S

Profile name: Not Profiled

Source Host Prefix

Mib name: srcTEL2IPSrcHost

INI Name:
SOURCENUMBERMAPTELZ2IP_SRCHOST
Profile name: Not Profiled
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2.22.6 Tab: Redirect Number Map IP to Tel

Frame: Manipulations Provisioning, Tab: Redirect Number Map Ip to Tel

Parameter  Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-19 Mib name: redirectNumberMaplp2Tellndex

INI Name: REDIRECTNUMBERMAPIP2TEL_INDEX
Profile name: Not Profiled

Status Enum: Instant 3 Row-Status Textual Conventions as defined in RFC
Active(1), 2579: Textual Conventions for SMIv2
NotInServi Mib name: redirectNumberMaplp2TelRowStatus
ce(2), Profile name: Not Profiled
NotReady(
3),
CreateAnd
Go(4),
CreateAnd
Wait(5),
Destroy(6)
Destination = String Instant
Prefix Up to 100 Mib name:
chars. redirectNumberMaplp2TelDestinationPrefix
INI Name:
REDIRECTNUMBERMAPIP2TEL_DESTINATIONPR
EFIX
Profile name: Not Profiled
Redirect String Instant
Prefix Up to 100 Mib name: redirectNumberMaplp2TelRedirectPrefix
chars. INI Name:
REDIRECTNUMBERMAPIP2TEL_REDIRECTPREFI
X
Profile name: Not Profiled
Source String Instant
Address | Upto 70 Mib name: redirectNumberMaplp2TelSourceAddress
chars. INI Name:
REDIRECTNUMBERMAPIP2TEL_SOURCEADDRE
SS
Profile name: Not Profiled
Number Enum: Instant 0
Type NotConfig Mib name: redirectNumberMaplp2TelNumberType
ured(255), INI Name:
Unknown( REDIRECTNUMBERMAPIP2TEL_NUMBERTYPE
0), Profile name: Not Profiled
Internation
al(1),
National(2
),
NetworkS
pecific(3),
Subscriber
(4),
Abbreviate
d(6)
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Parameter Type
Name

Number Enum:
Plan NotConfig
ured(255),
Unknown(
0),
E164Publi
c(1),
Private(9)

Remove Integer
From Left 0-211

Remove Integer
From Right 0-211

Leave From Integer
Right 0-
21474836
47

Prefix To String
Add Up to 49
chars.

Suffix To String
Add Up to 49
chars.

Is Enum:
Presentation NotConfig
Restricted 'ured(255),
Allowed(0)

Restricted(
1)

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Description

Mib name: redirectNumberMaplp2TelNumberPlan
INI Name:
REDIRECTNUMBERMAPIP2TEL_NUMBERPLAN
Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelRemoveFromLeft

INI Name:
REDIRECTNUMBERMAPIP2TEL_REMOVEFROML
EFT

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelRemoveFromRight

INI Name:
REDIRECTNUMBERMAPIP2TEL_REMOVEFROMR
IGHT

Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TelLeaveFromRight

INI Name:
REDIRECTNUMBERMAPIP2TEL_LEAVEFROMRIG
HT

Profile name: Not Profiled

Mib name: redirectNumberMaplp2TelPrefixToAdd
INI Name:
REDIRECTNUMBERMAPIP2TEL_PREFIX2ADD
Profile name: Not Profiled

Mib name: redirectNumberMaplp2TelSuffixToAdd
INI Name:
REDIRECTNUMBERMAPIP2TEL_SUFFIX2ADD
Profile name: Not Profiled

Mib name:
redirectNumberMaplp2TellsPresentationRestricted
INI Name:
REDIRECTNUMBERMAPIP2TEL_ISPRESENTATIO
NRESTRICTED

Profile name: Not Profiled
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Parameter Type
Name

Source Integer

Trunk Group  -1-99

ID

Source IP | Integer

Group ID -1-31

Source Host  String
Up to 50

chars.

Destination  String
Host Up to 50

chars.

Provisioning Default

Type

Instant

Instant

Instant

Instant

Value

-1

Description

Mib name:
redirectNumberMaplp2TelSrcTrunkGrouplD

INI Name:
REDIRECTNUMBERMAPIP2TEL_SRCTRUNKGRO
UPID

Profile name: Not Profiled

Mib name: redirectNumberMaplp2TelSrcIPGroupID
INI Name:
REDIRECTNUMBERMAPIP2TEL_SRCIPGROUPID
Profile name: Not Profiled

Source Host Prefix

Mib name: redirectNumberMaplp2TelSrcHost
INI Name:
REDIRECTNUMBERMAPIP2TEL_SRCHOST
Profile name: Not Profiled

Destination Host Prefix

Mib name: redirectNumberMaplp2TelDstHost
INI Name:
REDIRECTNUMBERMAPIP2TEL_DESTHOST
Profile name: Not Profiled
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2.22.7 Tab: Redirect Number Map Tel to IP

Frame: Manipulations Provisioning, Tab: Redirect Number Map Tel to Ip

Parameter Type
Name

Index Integer
0-19

Enum:
Active(1),
NotInServic
e(2),
NotReady(3
):
CreateAndG
o(4),
CreateAnd
Wait(5),
Destroy(6)

Status

Destinatio String
n Prefix | Upto 100
chars.

Redirect String
Prefix Up to 100

chars.
Source String
Address = Upto 70
chars.
Number Integer
Type 0-
2147483647
Number Integer
Plan 0-
2147483647

Type
NA

Instant

Instant

Instant

Instant

Instant

Instant

Provisioning Default
Value

0

Description

Entry number, starting at 0.

Mib name: redirectNumberMapTel2lpIindex

INI Name: REDIRECTNUMBERMAPTELZ2IP_INDEX
Profile name: Not Profiled

Row-Status Textual Conventions as defined in RFC
2579: Textual Conventions for SMIv2

Mib name: redirectNumberMapTel2lpRowStatus
Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpDestinationPrefix

INI Name:
REDIRECTNUMBERMAPTEL2IP_DESTINATIONPR
EFIX

Profile name: Not Profiled

Mib name: redirectNumberMapTel2IpRedirectPrefix
INI Name:
REDIRECTNUMBERMAPTEL2IP_REDIRECTPREFI
X

Profile name: Not Profiled

Mib name: redirectNumberMapTel2lpSourceAddress
INI Name:
REDIRECTNUMBERMAPTEL2IP_SOURCEADDRE
SS

Profile name: Not Profiled

Mib name: redirectNumberMapTel2lpNumberType
INI Name:
REDIRECTNUMBERMAPTEL2IP_NUMBERTYPE
Profile name: Not Profiled

Mib name: redirectNumberMapTel2lpNumberPlan
INI Name:
REDIRECTNUMBERMAPTEL2IP_NUMBERPLAN
Profile name: Not Profiled
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Parameter  Type Provisioning Default
Name Type Value
Remove Integer Instant 0
From Left 0-211
Remove Integer Instant 0
From 0-211
Right
Leave Integer Instant 0
From 0-
Right 2147483647
Prefix To String Instant
Add Up to 49
chars.
Suffix To String Instant
Add Up to 49
chars.
Is Enum: Instant 0
Presentati NotConfigur
on ed(255),
Restricted | Allowed(0),
Restricted(1
)
Source Integer Instant -1
Trunk -1-99
Group ID
Source IP | Integer Instant -1
Group ID -1-31

Description

Mib name:
redirectNumberMapTel2IlpRemoveFromLeft

INI Name:
REDIRECTNUMBERMAPTELZ2IP_REMOVEFROML
EFT

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpRemoveFromRight

INI Name:
REDIRECTNUMBERMAPTEL2IP_REMOVEFROMR
IGHT

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lpLeaveFromRight

INI Name:
REDIRECTNUMBERMAPTEL2IP_LEAVEFROMRIG
HT

Profile name: Not Profiled

Mib name: redirectNumberMapTel2IpPrefixToAdd
INI Name:
REDIRECTNUMBERMAPTEL2IP_PREFIX2ADD
Profile name: Not Profiled

Mib name: redirectNumberMapTel2IpSuffixToAdd
INI Name:
REDIRECTNUMBERMAPTEL2IP_SUFFIX2ADD
Profile name: Not Profiled

Mib name:
redirectNumberMapTel2lplsPresentationRestricted
INI Name:
REDIRECTNUMBERMAPTELZ2IP_ISPRESENTATIO
NRESTRICTED

Profile name: Not Profiled

Mib name:
redirectNumberMapTel2IpSrcTrunkGrouplD

INI Name:
REDIRECTNUMBERMAPTEL2IP_SRCTRUNKGRO
UPID

Profile name: Not Profiled

Mib name: redirectNumberMapTel2lpSrcIPGrouplD
INI Name:
REDIRECTNUMBERMAPTELZ2IP_SRCIPGROUPID
Profile name: Not Profiled
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Parameter  Type Provisioning Default Description
Name Type Value
Source String Instant Source Host Prefix
Host Up to 50 Mib name: redirectNumberMapTel2lpSrcHost
chars. INI Name:

REDIRECTNUMBERMAPTEL2IP_SRCHOST
Profile name: Not Profiled

2.22.8 Tab: Phone Context

Frame: Manipulations Provisioning, Tab: Phone Context

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-19 Mib name: phoneContextindex
INI Name: PHONECONTEXT_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as
Active(1), defined in RFC 2579: Textual Conventions
NotIinService(2), for SMiIv2
NotReady(3), Mib name: phoneContextRowStatus
CreateAndGo(4), Profile name: Not Profiled
CreateAndWait(5),
Destroy(6)
NPI Enum: Instant 255 | Number Plan
NotConfigured(255), Mib name: phoneContextNPI
Unknown(0), INI Name: PHONECONTEXT_NPI
E164Public(1), Data(3), Profile name: Not Profiled
Telex(4), National(8),
Private(9),
ReservedExtension(15)
TON Enum: Instant 255 | Number Type
NotConfigured(255), Mib name: phoneContextTON
Unknown(0), INI Name: PHONECONTEXT_TON
International- Profile name: Not Profiled
Level2Regional(1),
National-
LevellRegional(2),
NetworkSpecific-
NetworkPISN(3),
Subscriber-
LevelORegional(4),
Abbreviated(6),
ReservedExtension(7)
Phone String Instant Phone-Context
Context Up to 99 chars. Mib name: phoneContextPhoneContext
INI Name: PHONECONTEXT_CONTEXT
Profile name: Not Profiled
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2.22.9 Tab: SIP to ISDN Cause Mapping

Frame: Manipulations Provisioning, Tab: SIP to ISDN Cause Mapping

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0
0-11 Mib name: causeMapSIP2ISDNIndex

INI Name: CAUSEMAPSIP2ISDN_INDEX
Profile name: Not Profiled

Status Enum: Instant 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: causeMapSIP2ISDNRowStatus
NotReady(3), Profile name: Not Profiled
CreateAndGo(4),
CreateAndWait(5),
Destroy(6)
SIP Integer Instant -1
Response -1-700 Mib name: causeMapSIP2ISDNSIPResponse
INI Name:

CAUSEMAPSIP2ISDN_SIPRESPONSE
Profile name: Not Profiled

Q850 Cause Integer Instant -1
-1-127 Mib name: causeMapSIP2ISDNQ850Cause
INI Name:
CAUSEMAPSIP2ISDN_ISDNRELEASECAUSE
Profile name: Not Profiled

2.22.10 Tab: ISDN to SIP Cause Mapping

Frame: Manipulations Provisioning, Tab: ISDN to SIP Cause Mapping

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0
0-11 Mib name: causeMapISDN2SIPIndex

INI Name: CAUSEMAPISDN2SIP_INDEX
Profile name: Not Profiled

Status Enum: Instant 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: causeMapISDN2SIPRowStatus
NotReady(3), Profile name: Not Profiled
CreateAndGo(4),
CreateAndWait(5),
Destroy(6)
Q850 Cause Integer Instant -1
-1-127 Mib name: causeMapISDN2SIPQ850Cause
INI Name:

CAUSEMAPISDN2SIP_ISDNRELEASECAUSE
Profile name: Not Profiled
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Parameter
Name

SIP
Response

Type Provisioning Default Description
Type Value
Integer Instant -1
-1-700 Mib name: causeMapISDN2SIPSIPResponse

INI Name:
CAUSEMAPISDN2SIP_SIPRESPONSE
Profile name: Not Profiled

2.23 Frame: Media Provisioning

2.23.1 Tab: General Settings

Frame: Media Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number in the table.
0-1 Mib name: acMediaDspIndex
INI Name: DSPTEMPLATES_INDEX
Profile name: Not Profiled
Media
Aggregation
Row Status Enum: NA 0 ROWSTATUS field for line. Internal parameter.
Mib name: acMediaDspRowStatus
Profile name: Digital VoP Media DSP Table Profile
Remote Integer Offline 0 Remote Base UDP Port For Aggrigation
Base UDP = 0-65535 Mib name:
Port acMediaAggregationRemoteBaseUDPPort
INI Name: REMOTEBASEUDPPORT
Profile name: Digital VoP Media Profile
Template Integer Offline 0 DSP template number.
Number 0-16 Mib name: acMediaDspTemplateNumber
INI Name:
DSPTEMPLATES_DSPTEMPLATENUMBER
Profile name: Digital VoP Media DSP Table Profile
DSP
Resources Integer Offline 0 Percentage use for the specified template.
Percentage 0-100 Mib name: acMediaDspResourcesPercentage
INI Name:
DSPTEMPLATES_DSPRESOURCESPERCENTAGE
Profile name: Digital VoP Media DSP Table Profile
Version Integer Offline 0  Selects the DSP load number. Each load has a
Template 0-255 different coder list, a different channel capacity and
Number different features supported.
Range = 0 to 255
Mib name:
acMediaDSPConfigVersionTemplateNumber
INI Name: DSPVERSIONTEMPLATENUMBER
Profile name: Digital VoP Media Profile
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Parameter Type

Name

Media
Realm

Default
Realm
Name

2.23.2 Tab: Voice Settings

String
Up to 39
chars.

Provisioning Default

Type

Offline

Value

Description

By default, the default CP media realm is the first
realm appearing in the CP media realm table.

The parameter enables the user to set any of the
realms appearing in the table as the default realm.
Mib name: acCPMediaDefaultRealmName

INI Name: CPDEFAULTMEDIAREALMNAME
Profile name: Digital VoP Media Profile

Frame: Media Provisioning, Tab: Voice Settings

Parameter Type Provisioning Default Description
Name Type Value
Jitter
Buffer
Minimal Integer Online 0 Defines the Dynamic Jitter Buffer Minimum Delay
Delay (ms) 0-150 (in msec).
Recommended value for a regular voice call is 10.
Mib name: acJitterBufferMinDelay
INI Name: DJBUFMINDELAY
Profile name: Digital VoP Media Profile
Opt Factor,  Integer Online 0 Defines the Dynamic Jitter Buffer frame
0-13 error/delay optimization.
Recommended value for a regular voice call is 10.
Mib name: acJitterBufferOptFactor
INI Name: DJBUFOPTFACTOR
Profile name: Digital VoP Media Profile
General
Settings
Volume Integer Online -32 | Defines the voice output gain control.
(dB) -32-31 Range: -32 dB to +31 dB in 1 dB steps
-32 = mute
Default = 0 = No Gain
Mib name: acVoiceVolume
INI Name: VOICEVOLUME
Profile name: Digital VoP Media Profile
Payload Enum: Online 0 Sets the voice payload format. Choose either 0 =
Format VoicePayload RTP or 1 = ATM (which enables working with
FormatRTP(0 vendors that use G.726 ATM Payload Format over
), RTP. Uses the enum acTVoicePayloadFormat.
VoicePayload 0 = VoicePayloadFormatRTP
FormatATM(1 1 = VoicePayloadFormatATM
) 2 = VoicePAyloadFormatlllegal
Mib name: acVoicePayloadFormat
INI Name: VOICEPAYLOADFORMAT
Profile name: Digital VoP Media Profile
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Default
Value

Parameter
Name

Provisioning
Type

Type

Input Gain Online

(dB)

Integer
-32-31

Echo
Canceller
Enable

Enum: Online 0
Disable(0),

Enable(1)

Echo Enum: Online 0
Canceller ECHybridLos
Hybrid s6DBM(0),
Loss | ECHybridLos
sODBM(2),
ECHybridLos

s3DBM(3)

Enum: Online 0
Disable(0),

Enable(1)

Tone
Detector

Enum: Online 0
Disable(0),

Enable(1)

Comfort
Noise
Generatio
n

Description

Defines the PCM input gain.

Range =-32 dB to +31 dB in 1 dB steps.
Default = No Gain

Mib name: acVoicelnputGain

INI Name: INPUTGAIN

Profile name: Digital VoP Media Profile

Enables or disables the Echo Canceller.

0 = Disable

1 = Enable

Mib name: acVoiceECEnable

INI Name: ENABLEECHOCANCELLER
Profile name: Digital VoP Media Profile

Sets the worst case ratio between the signal level
transmitted to the hybrid and the echo level
returning from hybrid. Set this per worst hybrid in
the system in terms of echo return loss. Refer to
the enumeration acTECHybridLoss.

0=6dBm

2=0dBm

3=3dBm

Mib name: acVoiceECHybridLoss

INI Name: ECHYBRIDLOSS

Profile name: Digital VoP Media Profile

Used to configure the Echo Canceler Tone
Detector. Detects a 2100 Hz tone at the input
signal to the TDM (received signal). Improves
Echo Canceler operation accordingly. Detects
2100, 2100 with phase reversals and 2100 with
AM. Improves the operation of the Echo Canceler
by slowing adaptation when the signal is detected.
This data is also used by the fax state machine.

0 = Disable

1 = Enable

Mib name: acVoiceECToneDetector

INI Name: ECENABLETONEDETECTOR

Profile name: Digital VoP Media Profile

Use this parameter to enable or enable Echo
Canceler Comfort Noise Generation, which
generates comfort noise when the Non Linear
Processor (NLP) is active.

When the NLP ascertains that the signal is echo
and not doubletalk and decides to clip, instead of
transmitting silence it transmits a synthesized
signal similar to the background noise.

0 = Disable

1 = Enable

Mib name: acVoiceECComfortNoiseGeneration
INI Name:
ECENABLECOMFORTNOISEGENERATION
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Silence Enum: Online 0 Enables or disables Silence Suppression Mode.
Compressi| SILENCE-
on Mode COMPRESIO 0 = Disable =
N- SILENCE_COMPRESION_DISABLE
DISABLE(0), 1 = Enable = SILENCE_COMPRESION_ENABLE
SILENCE- 2 = Enable without adaptation =
COMPRESIO SILENCE_COMPRESION_ENABLE_NOISE_AD
N- APTATION_DISABLE
ENABLE(1), Mib name: acVoiceSCMode
SILENCE- INI Name: ENABLESILENCECOMPRESSION
COMPRESIO Profile name: Digital VoP Media Profile
N-ENABLE-
NOISE-
ADAPTATIO
N-
DISABLE(2)
Automatic
Gain
Control
AGC Enum: Online 0 Activates the AGC (Automatic Gain Control).
Enable | Disable(0), 0 = Disable
Enable(1) 1 = Enable
Mib name: acVoiceAGCEnable
INI Name: ENABLEAGC
Profile name: Digital VoP Media Profile
Gain Integer Online 0 Determines the AGC (Automatic Gain Control)
Slope 0-31 convergence rate.
Range = 0 to 31 (according to acTAGCGainSlope)
Default = 3 (= 1 db/sec)
Mib name: acVoiceAGCGainSlope
INI Name: AGCGAINSLOPE
Profile name: Digital VoP Media Profile
Redirectio Integer Online 0 Determines the AGC (Automatic Gain Control)
n 0-1 direction.
0 = AGC works on signals from the TDM side
1 = AGC works on signals coming from the
Network side
Mib name: acVoiceAGCRedirection
INI Name: AGCREDIRECTION
Profile name: Digital VoP Media Profile
Target Integer Online 0 Determines the signal energy value [-dBm] that
Energy 0-63 the AGC (Automatic Gain Control) attempts to
attain.
Range = 0 to 63
Mib name: acVoiceAGCTargetEnergy
INI Name: AGCTARGETENERGY
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Minimal Integer Offline 20  Defines the minimum gain by the AGC when
Gain (dB) 0-31 activated [- db].
Range =0to -31
Mib name: acVoiceAGCMinGain
INI Name: AGCMINGAIN
Profile name: Digital VoP Media Profile
Maximal Integer Offline 15 Defines the maximum gain by the AGC when
Gain (dB) 0-18 activated [db].
Range =0to 18
Mib name: acVoiceAGCMaxGain
INI Name: AGCMAXGAIN
Profile name: Digital VoP Media Profile
Disable Enum: Offline 0 Disables the AGC Fast Adaptation mode.
Fast Disable(0),
Adaptation Enable(1) Enable = 1
Disable =0
Mib name: acVoiceAGCDisableFastAdaptation
INI Name: AGCDISABLEFASTADAPTATION
Profile name: Digital VoP Media Profile
Coders
EVRC Enum: Online 1 This parameter is used to configure the EVRC
variableRate( coder bit rate.
0), 0 = Variable Rate
aclkbps(1), 1=1 kbps
ac4kbps(2), 2 = 4 kbps
ac8kbps(3) 3 =8 kbps
Mib name: acVoiceCoderRateEVRC
INI Name: EVRCRATE
Profile name: Digital VoP Media Profile
QCELPS8 Enum: Online 1 This parameter is used to configure the QCELP8
variableRate( coder bit rate.
0), 0 = Variable Rate
aclkbps(1), 1=1 kbps
ac2kbps(2), 2 =2 kbps
ac4kbps(3), 3 =4 kbps
ac8kbps(4) 4 = 8 kbps
Mib name: acVoiceCoderRateQCELPS8
INI Name: QCELP8S8RATE
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
QCELP13 Enum: Online 1 This parameter is used to configure the QCELP13
variableRate( coder bit rate.
0), 0 = Variable Rate
aclkbps(1), 1=1 kbps
ac3kbps(2), 2 =3 kbps
ac7kbps(3), 3 =7 kbps
ac13kbps(4) 4 =13 kbps
Mib name: acVoiceCoderRateQCELP13
INI Name: QCELP13RATE
Profile name: Digital VoP Media Profile
G729 EV Enum: Online 0 Determines the maximum generation bitrate for all
Max Bit G729EV- participants in a session using G729EV coder.
Rate RATE-8- This parameter is defined per session and is equal
KBPS (0), for all the parties. The initial generation bit rate is
G729EV- the minimum between the MaxBitRate and the
RATE-12- MBS values.
KBPS (1),
G729EV- Possible values are:
RATE-14- 0= G729EV_RATE_8 KBPS
KBPS (2), 1=G729EV_RATE_12 KBPS
G729EV- 2=G729EV_RATE_14 KBPS
RATE-16- 3 =G729EV_RATE_16_KBPS
KBPS (3), 4 = G729EV_RATE_18 KBPS
G729EV- 5=G729EV_RATE_20_KBPS
RATE-18- 6 = G729EV_RATE_22 KBPS
KBPS (4), 7 =G729EV_RATE_24 KBPS
G729EV- 8 = G729EV_RATE_26_KBPS
RATE-20- 9 = G729EV_RATE_28 KBPS
KBPS (5), 10 = G729EV_RATE_30_KBPS
G729EV- 11 = G729EV_RATE_32_KBPS
RATE-22- 15 = G729EV_RATE_UNDEFINED
KBPS (6), Mib name: acVoiceCoderRateG729EVMaxBitRate
G729EV- INI Name: G729EVMAXBITRATE
RATE-24- Profile name: Digital VoP Media Profile
KBPS (7),
G729EV-
RATE-26-
KBPS (8),
G729EV-
RATE-28-
KBPS (9),
G729EV-
RATE-30-
KBPS (10),
G729EV-
RATE-32-
KBPS (11),
G729EV-
RATE-
UNDEFINED
(15)
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Parameter Type Provisioning Default Description
Name Type Value
G729 EV Enum: Online 0 Determines the maximal bitrate, which may be
Local MBS| G729EV- used by the G729EV coder at a specific channel.
RATE-8- This parameter is defined per channel and may
KBPS (0), vary between the parties. The initial generation bit
G729EV- rate is the minimum between the MaxBitRate and
RATE-12- the MBS values.
KBPS (1),
G729EV- Possible values are:
RATE-14- 0= G729EV_RATE_8 KBPS
KBPS (2), 1=G729EV_RATE_12_KBPS
G729EV- 2=G729EV_RATE_14 KBPS
RATE-16- 3 =G729EV_RATE_16_KBPS
KBPS (3), 4 = G729EV_RATE_18 KBPS
G729EV- 5=G729EV_RATE_20_KBPS
RATE-18- 6 = G729EV_RATE_22 KBPS
KBPS (4), 7 = G729EV_RATE_24 KBPS
G729EV- 8 = G729EV_RATE_26_KBPS
RATE-20- 9 = G729EV_RATE_28 KBPS
KBPS (5), 10 = G729EV_RATE_30_KBPS
G729EV- 11 = G729EV_RATE_32_KBPS
RATE-22- 15 = G729EV_RATE_UNDEFINED
KBPS (6), Mib name: acVoiceCoderRateG729EVLocalMBS
G729EV- INI Name: G729EVLOCALMBS
RATE-24- Profile name: Digital VoP Media Profile
KBPS (7),
G729EV-
RATE-26-
KBPS (8),
G729EV-
RATE-28-
KBPS (9),
G729EV-
RATE-30-
KBPS (10),
G729EV-
RATE-32-
KBPS (11),
G729EV-
RATE-
UNDEFINED
(15)
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Parameter Type
Name

G729 EV Enum:
Receive G729EV-
MBS RATE-8-
KBPS (0),
G729EV-
RATE-12-
KBPS (1),
G729EV-
RATE-14-
KBPS (2),
G729EV-
RATE-16-
KBPS (3),
G729EV-
RATE-18-
KBPS (4),
G729EV-
RATE-20-
KBPS (5),
G729EV-
RATE-22-
KBPS (6),
G729EV-
RATE-24-
KBPS (7),
G729EV-
RATE-26-
KBPS (8),
G729EV-
RATE-28-
KBPS (9),
G729EV-
RATE-30-
KBPS (10),
G729EV-
RATE-32-
KBPS (11),
G729EV-
RATE-
UNDEFINED
(15)

Microsoft Enum:
RTA disable(0),
Forward | enable(1)
Error
Correction
Mode

Provisioning
Type

Online

Online

Default
Value

Description

Determines the value of the MBS field of the
G729EV frames to be sent to the other party. This
parameter reflects the maximum bit rate, which
the local G729EV supports as a receiver.

Possible values are:

0 =G729EV_RATE_8 KBPS
1=G729EV_RATE 12 KBPS
2=G729EV_RATE_14 KBPS

3 =G729EV_RATE_16 KBPS

4 = G729EV_RATE_18 KBPS
5=G729EV_RATE_20 KBPS

6 = G729EV_RATE_22 KBPS

7 =G729EV_RATE_24 KBPS

8 = G729EV_RATE_26 KBPS

9 = G729EV_RATE_28 KBPS

10 = G729EV_RATE_30_KBPS

11 = G729EV_RATE_32_KBPS

15 = G729EV_RATE_UNDEFINED
Mib name:
acVoiceCoderRateG729EVReceiveMBS
INI Name: G729EVRECEIVEMBS
Profile name: Digital VoP Media Profile

Determines the Microsoft RTA coder forward error
correction mode.

0 - Disable.

1 - Enable.

Mib name:
acVoiceCoderRateMsRtaForwardErrorCorrection
Enable

INI Name:
MSRTAFORWARDERRORCORRECTIONENABL
E

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Microsoft Integer Online 0 Determines the Microsoft RTA coder TX bit rate.
RTA Bit 0-29000
Rate 0 - Automatic.

Any value between 8,800 - 29,000.

Mib name: acVoiceCoderRateMsRtaTxBitRate
INI Name: MSRTATXBITRATE

Profile name: Digital VoP Media Profile

Speex NB Enum: Instant 3 Determines the bitrate of Speex NB coder.
Bit Rate | CE-SPEEX- Mib name: acVoiceCoderRateSpeexNBBitRate

NB-RATE-2- INI Name: SPEEXNBBITRATE
15-KBPS(1), Profile name: Digital VoP Media Profile
CE-SPEEX-

NB-RATE-5-

95-KBPS(2),

CE-SPEEX-

NB-RATE-8-

00-KBPS(3),

CE-SPEEX-
NB-RATE-11-

0-KBPS(4),

CE-SPEEX-
NB-RATE-15-

0-KBPS(5),

CE-SPEEX-
NB-RATE-18-

2-KBPS(6),

CE-SPEEX-
NB-RATE-24-

6-KBPS(7),

CE-SPEEX-

NB-RATE-3-

95-KBPS(8)
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Parameter
Name

Provisioning
Type

Type

Speex WB
Bit Rate

Enum: Instant
CE-SPEEX-
WB-RATE-3-
95-KBPS(0),
CE-SPEEX-
WB-RATE-5-
75-KBPS(2),
CE-SPEEX-
WB-RATE-7-
75-KBPS(2),
CE-SPEEX-
WB-RATE-9-
80-KBPS(3),
CE-SPEEX-
WB-RATE-
12-8-
KBPS(4), CE-
SPEEX-WB-
RATE-16-8-
KBPS(5), CE-
SPEEX-WB-
RATE-20-6-
KBPS(6), CE-
SPEEX-WB-
RATE-23-8-
KBPS(7), CE-
SPEEX-WB-
RATE-27-8-
KBPS(8), CE-
SPEEX-WB-
RATE-34-2-
KBPS(9), CE-
SPEEX-WB-
RATE-42-2-
KBPS(10)

Integer
0-20000

VBR
Coder
DTX Min

Online

VBR
Coder
DTX Max

Integer Online

0-20000

Default
Value

Description

Determines the bitrate of Speex WB coder.

Mib name: acVoiceCoderRateSpeex\WBBitRate
INI Name: SPEEXWBBITRATE

Profile name: Digital VoP Media Profile

Defines the minimum number of frames gap
between two SID frames, when using the EVRC
voice activity detector.

Mib name: acVoiceSCVBRCoderDTXMin
INI Name: EVRCDTXMIN
Profile name: Digital VoP Media Profile

Defines the maximum number of frames gap
between two SID frames, when using the EVRC
voice activity detector.

Mib name: acVoiceSCVBRCoderDTXMax

INI Name: EVRCDTXMAX

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
VBR Integer Online 0 For indicating the desired number of silence
Coder 0-255 frames at the beginning of each silence period,
Hangover when using the VBR CODER silence suppression.

Mib name: acVoiceSCVBRCoderHangover
INI Name: VBRCODERHANGOVER
Profile name: Digital VoP Media Profile

2.23.3 Tab: Acoustic Echo Suppression

Frame: Media Provisioning, Tab: Acoustic Echo Suppression

Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Offline 0 Enable support of network echo
Acoustic | Disable(0), Enable(1) suppressor on board level. Reduces
Echo board resource capacity.
Suppresso Mib name:
r acAcousticEchoSuppressorEnable
INI Name:
ACOUSTICECHOSUPPRESSORSUPP
ORT
Profile name: Digital VoP Media Profile
Echo Enum: Online 0 Echo Canceller type. Line echo
Canceller | LineEchoCanceller(0), canceller for TDM Side or acoustic echo
Type AcousticEchoSuppressor suppressor on network side.
Network(1) Mib name:
acAcousticEchoSuppressorEchoCancell
erType

INI Name: ECHOCANCELLERTYPE
Profile name: Digital VoP Media Profile

Attenuatio Integer Online 0 Acoustic echo suppressor attenuation

n Intensity 0-3 intensity. intensity of attenuation on
signals identified as echo.
Mib name:
acAcousticEchoSuppressorAttenuationl
ntensity
INI Name:
ACOUSTICECHOSUPPATTENUATION
INTENSITY
Profile name: Digital VoP Media Profile

Maximum Integer Online 10 | Acoustic echo suppressor max ERL
ERL 0-60 threshold in DB. Max ratio between
Threshold signal level and retruned echo from
phone.
Mib name:
acAcousticEchoSuppressorMaxERLThr
eshold
INI Name:
ACOUSTICECHOSUPPMAXERLTHRE
SHOLD
Profile name: Digital VoP Media Profile
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Parameter
Name

Minimum
Reference
Delay

Maximum
Reference
Delay

Type

Integer
0-40

Integer
0-40

Provisioning Default

Type

Online

Online

Value

0

40

Description

Acoustic echo suppressor MIN reference
delay in mSec. The reference delay in
the network helps echo suppression
algorithm to identify echo signals. The
entered value will be multiplied by 10.
Mib name:
acAcousticEchoSuppressorMinReferenc
eDelay

INI Name:
ACOUSTICECHOSUPPMINREFDELAY
X10MS

Profile name: Digital VoP Media Profile

Acoustic echo suppressor MAX
reference delay. The reference delay in
the network helps echo suppression
algorithm to identify echo signals. The
entered value will be multiplied by 10.
Mib name:
acAcousticEchoSuppressorMaxReferen
ceDelay

INI Name:
ACOUSTICECHOSUPPMAXREFDELA
YX10MS

Profile name: Digital VoP Media Profile
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2.23.4 Tab: Caller ID Settings

Frame: Media Provisioning, Tab: Caller ID Settings

Parameter Type Provisioning Default Description
Name Type Value
Caller Id Enum: Online 0 Defines the supported Caller ID standard.
Types Bellcore (0), ETSI 0 = Bellcore
(1), NTT (2), BT 1=ETSI
(4), DTMF-Based- 2=NTT
ETSI (16), 4 = British
Denmark (17), 16 = ETSI_ETS
Indian (18), 17 = Denmark
Brazilian (19) 18 = Indian
19 = Brazilian
Mib name: acCallerIDTypes
INI Name: CALLERIDTYPE
Profile name: Digital VoP Media Profile
Transport Enum: Online 0 Defines the CallerID Transport type.
Type CallerID-
DISABLE(0), 0 = Disable
CallerID- 1 = Relay
RELAY(1), 3 = Mute
CallerID-MUTE(3) Mib name: acCallerIDTransportType
INI Name: CALLERIDTRANSPORTTYPE
Profile name: Digital VoP Media Profile
DTMF Based Integer Online 0 Determines the maximum number of DTMF
Max Digits 0-26 digits in a DTMF-based Caller ID string.
Range = 0 to 26
Mib name: acCallerIDDTMFBasedMaxDigits
INI Name: MAXDTMFDIGITSINCIDSTRING
Profile name: Digital VoP Media Profile
DTMF Based Integer Online 0 Determines the mimumum number of DTMF
Min Digits 0-26 digits in a DTMF-based Caller ID string.
Range = 0 to 26
Mib name: acCallerIDDTMFBasedMinDigits
INI Name: MINDTMFDIGITSINCIDSTRING
Profile name: Digital VoP Media Profile
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2.23.5 Tab: Bypass Settings

Frame: Media Provisioning, Tab: Bypass Settings

Parameter Type Provisioning Default Description
Name Type Value
Coder Type Enum: Online 0 Users can use this parameter to set the
G711Alaw- fax/modem bypass coder (according to
64(0), acTCoders).
G711Mulaw
(1) 0=G.711 A-Law
1=G.711 Mu-Law
Mib name: acFMBypassCoderType
INI Name: FAXMODEMBYPASSCODERTYPE
Profile name: Digital VoP Media Profile
Packetizatio. Integer Online 1 Defines the number of basic frames to generate
n Period 1-12 one RTP fax'modem bypass packet.
Mib name: acFMBypassPacketizationPeriod
INI Name: FAXMODEMBYPASSM
Profile name: Digital VoP Media Profile
Basic Enum: Online 0 Sets the basic Fax / Modem Bypass RTP packet
Packet PACKET- rate.
Interval | INTERVAL- 0 = Default (set internally)
DEFAULT(0 (PACKET_INTERVAL_DEFAULT)
), PACKET- 1 =5 msec (PACKET_INTERVAL_5_MSEC)
INTERVAL- 2 =10 msec (PACKET_INTERVAL_10 _MSEC)
5-MSEC(1), 3 =20 msec (PACKET_INTERVAL_20 MSEC)
PACKET- Mib name: acFMBypassBasicPacketInterval
INTERVAL- INI Name:
10- FAXMODEMBYPASSBASICRTPPACKETINTER
MSEC(2), VAL
PACKET- Profile name: Digital VoP Media Profile
INTERVAL-
20-
MSEC(3)
Dynamic Integer Online 0 Determines the Jitter Buffer constant delay (in
Jitter Buffer 0-150 milliseconds) during a Fax And Modem Bypass
Minimal session. (The minimum Jitter Buffer Size).
Delay (ms)
Range = 0 to 150
Mib name: acFMBypassDJBufMinDelay
INI Name: FAXMODEMBYPASDJBUFMINDELAY
Profile name: Digital VoP Media Profile
NSE Integer Online 96 Users can use this parameter to modify the NSE
Payload 96-127 packet's payload type.
Type
Range = 96 to 127
Mib name: acFMNSEPayloadType
INI Name: NSEPAYLOADTYPE
Profile name: Digital VoP Media Profile
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Default
Value

Parameter
Name

Provisioning
Type

Online 0

Type

NSE Mode Enum:
Disable(0),

Enable(1)

Enum: Online 0
Disable(0),

Enable(1)

Enable

Inband
Network
Detection

Fax Bypass Online 0

Payload
Type

Integer
0-127

Modem Online 0
Bypass
Payload

Type

Integer
0-127

Fax Bypass Online

Output Gain

Integer
-31-31

Description

Enables or disables Cisco's NSE fax / modem
automatic pass-through mode.

0 = Disable

1 = Enable

Mib name: acFMNSEMode

INI Name: NSEMODE

Profile name: Digital VoP Media Profile

Enables or disables inband network detection
related to fax/modem.

0 = Disable

1 = Enable

Mib name:
acFMCommonEnablelnbandNetworkDetection
INI Name:
ENABLEFAXMODEMINBANDNETWORKDETEC
TION

Profile name: Digital VoP Media Profile

Users can use this parameter to modify the Fax
Bypass Mode RTP packet's payload type.

In the case of congestion (if the selected payload
type is already used for other coders/modes), then
a TP_SETUP_PARAMETER_INVALID_ERROR
is issued and the payload type is set to the default
value (102).

It is the user's responsibility to avoid congestion
with other payload types.

Range =0 to 127

Mib name: acFaxBypassPayloadType
INI Name: FAXBYPASSPAYLOADTYPE
Profile name: Digital VoP Media Profile

Users can use this parameter to modify the
Modem Bypass Mode RTP packet's payload type.
In the case of congestion (if the selected payload
type is already used for other coders/modes), then
a TP_SETUP_PARAMETER_INVALID_ERROR
is issued and the payload type is set to the default
value (103).

It is the user's responsibility to avoid congestion
with other payload types.

Range = 0to 127

Mib name: acModemBypassPayloadType
INI Name: MODEMBYPASSPAYLOADTYPE
Profile name: Digital VoP Media Profile

Defines the fax bypass output gain control.
Range: -31 dB to +31 dB in 1 dB steps

Default = 0 = No Gain.

Mib name: acFMBypassFaxBypassOutputGain
INI Name: FAXBYPASSOUTPUTGAIN

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Modem Integer Online -31 Defines the modem bypass output gain control.
Bypass -31-31 Range: -31 dB to +31 dB in 1 dB steps
Output Gain Default = 0 = No Gain
Mib name:

acFMBypassModemBypassOutputGain
INI Name: MODEMBYPASSOUTPUTGAIN
Profile name: Digital VoP Media Profile

2.23.6 Tab: FAX Settings

Frame: Media Provisioning, Tab: FAX Settings

Parameter Type Provisioning Default Description
Name Type Value
Transport Enum: Online 0 Sets the Fax over IP transport method.
Mode Disable(0),
RelayEnable(1), 0 = Transparent
ByPassEnable(2) 1 = Relay
, EventsOnly(3) 2 = Bypass

3 = Transparent with Events

Mib name: acFaxTransportMode

INI Name: FAXTRANSPORTMODE
Profile name: Digital VoP Media Profile

Relay ECM Enum: Online 0 Enables or disables the using of ECM mode
Enable Disable(0), during Fax Relay.
Enable(1)
0 = Disable
1 = Enable

Mib name: acFaxRelayECMEnable
INI Name: FAXRELAYECMENABLE
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Relay Max Enum: Online 0 Limits the maximum rate at which fax
Rate acRate2400bps( messages are transmitted.
0),
acRate4800bps( 0 = 2400 bps
1), 1 =4800 bps
acRate7200bps( 2 =7200 bps
2), 3 =9600 bps
acRate9600bps( 4 =12000 bps
3), 5 =14400 bps
acRate12000bps 6 = 16800 bps
4), 7 =19200 bps
acRate14400bps 8 = 21600 bps
(5), 9 = 24000 bps
acRate16800bps 10 = 26400 bps
(6), 11 = 28800 bps
acRate19200b(7) 12 = 31200 bps
, 13 = 33600 bps
acRate21600bps Mib name: acFaxRelayMaxRate
(8), INI Name: FAXRELAYMAXRATE
acRate24000bps Profile name: Digital VoP Media Profile
9),
acRate26400bps
(10),
acRate28800bps
(11),
acRate31200bps
(12),
acRate33600bps
(13)
Relay Integer Online 0 Determines the depth of redundancy for fax
Redundanc 0-2 packets. This parameter is applicable only
y Depth to non-V.21 packets.
0 = No redundancy
1 =1 packet redundancy
2 = 2 packet redundancy
Mib name: acFaxRelayRedundancyDepth
INI Name:
FAXRELAYREDUNDANCYDEPTH
Profile name: Digital VoP Media Profile
Enhanced Integer Online 0 Determines the number of repetitions to be
Relay 0-4 applied to control packets when using the
Redundanc T.38 standard.
y Depth
0 = No redundancy
1 =1 packet redundancy
2 = 2 packet redundancy
3 = 3 packet redundancy
4 = Maximum redundancy
Mib name:
acFaxEnhancedRelayRedundancyDepth
INI Name:
FAXRELAYENHANCEDREDUNDANCYDE
PTH
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
CNG Enum: Online 0 Determines the CNG Detector mode.
Detector CNG- 0 = Disable
Mode DETECTOR- 1 = Relay
MODE- 2 = Event Only
DISABLE(0), Mib name: acFaxCNGDetectorMode
CNG- INI Name: CNGDETECTORMODE
DETECTOR- Profile name: Digital VoP Media Profile
MODE-
RELAY(1), CNG-
DETECTOR-
MODE-EVENT-
ONLY(2)
Relay Integer Online -18 Determines the fax gain control.
Volume -18--3
(dBm) The range -18 to -3 relates to -18.5 dBm to
-3.5 dBm in steps of 1 dBm.
Mib name: acFMCommonRelayVolume
INI Name: FAXMODEMRELAYVOLUME
Profile name: Digital VoP Media Profile
V34 Enum: Online 0 Determines the V.34 fax transport method.
Transport Disable(0),
Method | RelayEnable(1), One of the following values:
ByPassEnable(2)
, EventsOnly(3) 0 = Transparent
1 = Relay
2 = Bypass
3 = Transparent with Events
Mib name: acFaxV34TransportMethod
INI Name: V34FAXTRANSPORTTYPE
Profile name: Digital VoP Media Profile
T38 Version Enum: Online 3 T38 fax relay version.
T38Version0(0),
T38Version3(3) 0 =T.38 version 0 (from 06/1998)
3 =T.38 version 3 (V.34 over T.38 support)
Default = 3
Mib name: acFaxT38Version
INI Name: T38VERSION
Profile name: Digital VoP Media Profile
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2.23.7 Tab: Modem Settings

Frame: Media Provisioning, Tab: Modem Settings

Parameter Type Provisioning Default Description
Name Type Value
V21 Enum: Online 0 Sets the V.21 modem transport method
Transport Disable(0), (must be set to 0 = Disable).
RelayEnable(1),
ByPassEnable(2), 0 = Transparent
EventsOnly(3) 2 = Bypass

3 = Transparent with Events

Mib name: acModemV21Transport

INI Name: V21MODEMTRANSPORTTYPE
Profile name: Digital VoP Media Profile

V22 Enum: Online 0 Sets the V.22 modem transport method.
Transport Disable(0),
RelayEnable(1), 0 = Transparent
ByPassEnable(2), 2 = Bypass
EventsOnly(3) 3 = Transparent with Events

Mib name: acModemV22Transport
INI Name: V22MODEMTRANSPORTTYPE
Profile name: Digital VoP Media Profile

V23 Enum: Online 0 Sets the V.23 modem transport method.
Transport Disable(0), 0 = Transparent
RelayEnable(1), 2 = Bypass
ByPassEnable(2), 3 = Transparent with Events
EventsOnly(3) Mib name: acModemV23Transport

INI Name: V23MODEMTRANSPORTTYPE
Profile name: Digital VoP Media Profile

V32 Enum: Online 0 Sets the V.32 modem transport method.
Transport Disable(0),
RelayEnable(1), 0 = Transparent
ByPassEnable(2), 2 = Bypass
EventsOnly(3), 3 = Transparent with Events
AnsMute(4) 4 = AnsMute

Mib name: acModemV32Transport
INI Name: V32MODEMTRANSPORTTYPE
Profile name: Digital VoP Media Profile

Bell Transport Enum: Online 0 Use this parameter to set the Bell modem
Type Disable(0), transport method.
ByPassEnable(2), 0 = Transparent

EventsOnly(3) 2 = Bypass (enum ByPassEnable)
3 = Transparent with Events (enum
EventsOnly)
Mib name: acModemBellTransportType
INI Name:

BELLMODEMTRANSPORTTYPE
Profile name: Digital VoP Media Profile
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Parameter
Name

V34
Transport

V150.1

Allocation
Profile

SSE Payload
Type Rx

SSE
Redundancy
Depth

Type

Enum:

Disable(0),
RelayEnable(1),
ByPassEnable(2),
EventsOnly(3),
AnsMute(4)

Integer
0-20

Integer
96-127

Integer
1-6

Type

Online

Offline

Online

Online

Provisioning Default
Value

0

0

105

3

Description

Sets the V.34 modem transport method.

0 = Transparent

2 = Bypass

3 = Transparent with Events

4 = AnsMute

Mib name: acFMCommonV34Transport

INI Name: V34AMODEMTRANSPORTTYPE
Profile name: Digital VoP Media Profile

Selects the V.150.1 profile, determining how
many DSP channels have V.150.1 support.

Range=0to 3

Mib name: acV150dot1AllocationProfile
INI Name: V1501ALLOCATIONPROFILE
Profile name: Digital VoP Media Profile

SSE payload type RX

Mib name: acV150dot1SSEPayloadTypeRx
INI Name: V1501SSEPAYLOADTYPERX
Profile name: Digital VoP Media Profile

SSE is a part of V150.1 modem relay
protocol and SSE messages are sent over
RTP.

SSE redundancy refers to the sending of
SSE messages several times to increase
reliability. This parameter determines the
number of times each SSE message is to
be resent.

Mib name:
acV150dotlSSERedundancyDepth

INI Name:
V1501SSEREDUNDANCYDEPTH
Profile name: Digital VoP Media Profile
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2.23.8 Tab: In-Band-Signaling

Frame: Media Provisioning, Tab: In-Band-Signaling

Parameter Type
Name
DTMF Integer
Volume -31-0
(dBm)
DTMF Enum:
Transport acMuteDTMF(0),
Type acTransparentDTMF(2)
acRFC2833RelayDTM
F(3),
acRFC2833RelayDeco
derMute(7)
CAS Relay Enum:
Transport | CASEventsOnly(0),
Mode CASRFC2833Relay(1)
Rx DTMF Integer
Relay Hang 0-2000
Over Time
(msec)

Type

Online

Online

Online

Online

Provisioning Default
Value

-31

Description

Defines and controls the DTMF
generation volume [-dBm].

Range =-31t0 0

Mib name: aclBSDTMFVolume

INI Name: DTMFVOLUME

Profile name: Digital VoP Media Profile

Defines the type of DTMF transport.

0 = Erase DTMFs from voice transport
not relayed to remote

2 = DTMFs not erased are not relayed
to remote

3 = DTMFs are muted from the voice
stream and relayed according to RFC
2833

7 = DTMFs are sent according to RFC
2833 and muted when received

Mib name: acIBSDTMFTransportType
INI Name: DTMFTRANSPORTTYPE
Profile name: Digital VoP Media Profile

Controls the ABCD signaling transport
type over IP.

0 = No Relay over the network

1 = Enable CAS relay according to
RFC 2833

Mib name:
acIBSCASRelayTransportMode

INI Name: CASTRANSPORTTYPE
Profile name: Digital VoP Media Profile

Used to configure the Voice Silence
time (in ms units) after playing DTMF
or MF digits to the TDM side that
arrived as Relay from the Network
side.

Range from 0 to 2000, Default 1000.
Mib name:
acIBSRxDtmfHangOverTime

INI Name: RXDTMFHANGOVERTIME
Profile name: Digital VoP Media Profile
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Parameter
Name

Tx DTMF
Relay Hang
Over Time

(msec)

DTMF Twist
Control

Detector

Trunk
Testing
Tones
Detector

MF R1
Enable

MF R2
Forward
Enable

Type

Integer
0-2000

Integer
-10-10

Enum:
Disables (0), Enables

1)

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Type

Online

Offline

Offline

Online

Online

Provisioning Default

Description

Voice Silence time (in ms units) after
detecting the end of DTMF or MF digits
at the TDM side when the DTMF
Transport Type is either Relay or
Mute.This feature allows the user to
configure the silence time.

Mib name:
aclBSTxDtmfHangOverTime

INI Name: TXDTMFHANGOVERTIME
Profile name: Digital VoP Media Profile

Defines a delta (in dB) between the
high and low frequency component in
the DTMF signal. dB Positive values
cause the higher frequency component
to be stronger than the lower one.
Negative values cause the opposite
effect. For any parameter value, both
components change so that their
average is constant.

Range =-10to 10

Mib name: acIBSDTMFTwistControl
INI Name: DTMFGENERATIONTWIST
Profile name: Digital VoP Media Profile

Enables or disables trunk testing
tones.

0 = Disables trunk testing tones

1 = Enables trunk testing tones

Mib name:
aclBSTrunkTestingTonesEnable

INI Name:
ENABLETRUNKTESTINGTONES
Profile name: Digital VoP Media Profile

Enables or disables detection of MFR1
signaling.

0 = Disable

1 = Enable

Mib name:
aclBSDetectorsMFR1Enable

INI Name: MFR1IDETECTORENABLE
Profile name: Digital VoP Media Profile

Enables or disables detection of MFR2
forward signaling.

0 = Disable

1 = Enable

Mib name:
aclBSDetectorsMFR2ForwardEnable
INI Name:
MFR2FORWARDDETECTORENABLE
Profile name: Digital VoP Media Profile
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Parameter
Name

MF R2
Backward
Enable

R1 Line
Enable

DTMF
Enable

Call
Progress
Enable

User
Defined
Tone
Enable

Type
Type

Enum: Online

Disable(0), Enable(1)

Enum: Online

Disable(0), Enable(1)

Enum: Online

Disable(0), Enable(1)

Enum: Online

Disable(0), Enable(1)

Enum: Online

Disable(0), Enable(1)

Provisioning Default

Value

0

Description

Enables or disables detection of MFR2
backward signaling

Mib name:
aclBSDetectorsMFR2BackwardEnable
INI Name:
MFR2BACKWARDDETECTORENABL
E

Profile name: Digital VoP Media Profile

Enables or disables detection of Line
signaling.

0 = Disable

1 = Enable

Mib name:
aclBSDetectorsR1LineEnable

INI Name:
RI1LINEDETECTORENABLE

Profile name: Digital VoP Media Profile

Enables or disables detection of DTMF
signaling.

0 = Disable

1 = Enable

Mib name:
aclBSDetectorsDTMFEnable

INI Name: DTMFDETECTORENABLE
Profile name: Digital VoP Media Profile

Enables or disables detection of Call
Progress Tones.

0 = Disable

1 = Enable

Mib name:
aclBSDetectorsCallProgressEnable
INI Name:
CALLPROGRESSDETECTORENABL
E

Profile name: Digital VoP Media Profile

Enables or disables detection of User
Defined Tones signaling.

0 = Disable

1 = Enable

Mib name:
aclBSDetectorsUserDefinedToneEnabl
e

INI Name:
USERDEFINEDTONEDETECTOREN
ABLE

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default
Name Type Value
Detection Enum: Online 0

Redirection | pcm(0), network(1)

SIT Enable Enum: Offline
Disable(0), Enable(1)

COT Enable Enum: Offline
Disable(0), Enable(1)

R1.5 Enum: Offline
Detection |MfR1DetectionStandar
Standard ditu (0),
MfR1DetectionStandar
dR15 (1)

Description

Determines the IBS (In-Band
Signaling) Detection Direction.

0=PCM

1 = Network

Mib name:
aclBSDetectorsDetectionRedirection
INI Name:
IBSDETECTIONREDIRECTION
Profile name: Digital VoP Media Profile

Enables or disables SIT (Special
Information Tone) detection according
to the ITU-T recommendation
E.180/Q.35.

0 = Disable

1 = Enable

Mib name: acIBSDetectorsSITEnable
INI Name: SITDETECTORENABLE
Profile name: Digital VoP Media Profile

Enables or disables Continuity Test
tone detection and generation
according to the ITU-T Q.724
recommendation.

0 = Disable

1 = Enable

Mib name: acIBSDetectorsCOTEnable
INI Name:
ENABLECONTINUITYTONES

Profile name: Digital VoP Media Profile

This parameter determines which one
of the R1 MF protocol flavors will be
used for detection.

0=ITU

1=R15

Mib name:
aclBSDetectorsR1DetectionStandard
INI Name: RIDETECTIONSTANDARD
Profile name: Digital VoP Media Profile

Version 6.6

December 2012



?E AudioCodes

Mediant 3000 with TP-8410

Parameter
Name

ubDT
Detector
Frequency
Deviation

CPT
Detector
Frequency
Deviation

Provisioning Default
Type Value

Offline 50

Type

Integer

Description

Defines the deviation allowed for the

1-50

Integer
1-30

Offline

2.23.9 Tab: RTP Settings

Parameter
Name

Base UDP
Port

Disable NAT

detection of each signal frequency.
Units are in Hertz.

Valid values range 1-50.

Default value 50 Hz.

Mib name:
aclBSDetectorsUDTDetectorFrequenc
yDeviation

INI Name:
UDTDETECTORFREQUENCYDEVIA
TION

Profile name: Digital VoP Media Profile

10 Defines the deviation allowed for the

detection of each CPT signal
frequency. Units are in Hertz.
Valid values range 1-30.
Default value 10 Hz.

Mib name:
aclBSDetectorsCPTDetectorFrequenc
yDeviation

INI Name:
CPTDETECTORFREQUENCYDEVIAT
ION

Profile name: Digital VoP Media Profile

Frame: Media Provisioning, Tab: RTP Settings

Type

Integer
1024-65535

Enum:
No(0), Yes(1)

Provisioning Default

Type
Offline

Online

Value

4000

Description

Defines the lower boundary of UDP ports to
be used by the board. The upper boundary
is calculated on the basis of
BoardBaseUDPPort + 10 * (Number of
Channels). This parameter value must be a
multiple of 10.

Mib name: acRtpBaseUDPPort
INI Name: BASEUDPPORT
Profile name: Digital VoP Media Profile

Enables or disables the NAT feature.

0 = Do not disable NAT

1 = Disable NAT

Mib name: acMediaNetworkDisableNAT
INI Name: DISABLENAT

Profile name: Digital VoP Media Profile
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Parameter
Name

Comfort
Noise
Enable

RFC2833
Tx Payload

Type

RFC2833
Rx Payload

Type

NTE Max
Duration

Redundancy
Payload

Type

Type
Type Value

Enum: Online 0
Disable(0),

Enable(1)

Integer Online 96

96-127

Integer Online 96

96-127

Integer Online -1

-1-200000000

Integer Online 96

96-127

Provisioning Default

Description

When set to 1 (Enable), SID packets are
sent with the RTP SID type (RFC 3389).
0 = Disable

1 = Enable

Determines whether Silence Indicator (SID)
packets that are sent and received are
according to RFC 3389.

0 = Disabled (default).

1 = Enabled.

Note: Applicable only to MP-11x and
Mediant 1000.

Mib name: acRtpComfortNoiseEnable

INI Name:
ENABLESTANDARDSIDPAYLOADTYPE
Profile name: Digital VoP Media Profile

Controls the RFC 2833 Tx Relay RTP
Payload type.

Range = 96 to 127

Mib name: acRtpRFC2833TxPayloadType
INI Name: RFC2833TXPAYLOADTYPE
Profile name: Digital VoP Media Profile

Controls the RFC 2833 Rx Relay RTP
Payload type.

Range = 96 to 127

Mib name: acRtpRFC2833RxPayloadType
INI Name: RFC2833RXPAYLOADTYPE
Profile name: Digital VoP Media Profile

Maximal time for sending NTEs (Named
Telephony Events) to the network,
regardless of the time range when the TDM
signal is detected.

-1= NTE will stop only upon detection of
End event (default).

Mib name: acIBSNTEMaxDuration

INI Name: NTEMAXDURATION

Profile name: Digital VoP Media Profile

This parameter sets the RFC 2198 (RTP
Redundancy) packet's parameter 'RTP
Payload Type'.

Range: 96 to 127

Mib name: acRtpRedundancyPayloadType
INI Name: RFC2198PAYLOADTYPE
Profile name: Digital VoP Media Profile
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Parameter
Name

Redundancy

Depth

Packetizatio

n Factor

No Op
Enable

No Op
Payload

Type

No Op
Interval

Type

Integer
0-5

Integer
1-12

Enum:
Disable(0),
Enable(1)

Integer
96-127

Integer
20-600000

Type

Online

Online

Online

Online

Online

Provisioning Default
Value

0

96

20

Description

Redundancy depth of RFC 2198
redundancy packets.

0 = Disabled

In Gen 3 boards: range is 0-5

For other Gens 0-1

Mib name: acRtpRedundancyDepth
INI Name: RTPREDUNDANCYDEPTH
Profile name: Digital VoP Media Profile

Defines the number of DSP payloads for
generating one RTP packet.

Range = Hardware dependent

Mib name: acRtpPacketizationFactor

INI Name: RTPPACKINGFACTOR
Profile name: Digital VoP Media Profile

Enables / disable Noop packets sending
mode.

0 = Disable

1 = Enable

Mib name: acRtpNoOpEnable

INI Name: NOOPENABLE

Profile name: Digital VoP Media Profile

User can modify the Noop packets RTP
Payload type by setting this parameter.

Range = 96 to 127

Mib name: acRtpNoOpPayloadType
INI Name: RTPNOOPPAYLOADTYPE
Profile name: Digital VoP Media Profile

Used to modify the Noop packets sending
interval

Parameter value is in milliseconds
Default value = 10 sec (10000 msec)

Range = 20 to 600000

(20 msec to 10 min - 10 min = 600000)
Mib name: acRtpNoOplnterval

INI Name: NOOPINTERVAL

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
VBR Coder Enum: Online 0 0 - payload only (no header, no toc, no m-
Header WithOut- factor)
Format RFC2658Interleavin
g-And-TOC(0), 1- support RFC 2658 format, 1 byte for
Including- interleaving header (always 0) and toc, no
RFC2658Interleavin m-factor
g-And-TOC(1),
Including-TOC- 2 ? payload including toc only, allow m-
Only(2), Interleave- factor
Bundling(3)

3- RFC 3358 format

Mib name: acRtpVBRCoderHeaderFormat
INI Name: VBRCODERHEADERFORMAT
Profile name: Digital VoP Media Profile

AMR Coder Enum: Online 0 AMR_CODER_HEADER_DEFAULT_FOR
Header CE-AMR- MAT=0 - old m factor, each frame contains
Format DEFAULT- CRM byte and toc

FORMAT(0), CE- RFC_3267_BUNDLING=1 - single CRM
AMR-RFC-3267- byte followed by toc tables
BUNDLING(1), CE- RFC_3267_INTERLEAVING=2 - supported
AMR-RFC-3267- as receivers only
INTERLEAVING(2), Mib name: acRtpAMRCoderHeaderFormat
CE-AMR-IF2(3) INI Name: AMRCODERHEADERFORMAT
Profile name: Digital VoP Media Profile
Broken Integer Online 3 Determines for how long the RTP
Connection 3-2684354 connection should be broken before the
Event Broken Connection event is issued. In units
Timeout of 100 msec.
Mib name:
acRtpRtcpBrokenConnectionEventTimeout
INI Name:

BROKENCONNECTIONEVENTTIMEOUT
Profile name: Digital VoP Media Profile

Broken Enum: Online 0 Determines if the broken connection
Connection AfterFirstincomingR mechanism is activated when the RTP
Event TPPacket(0), stream is activated or when the first RTP
Activation |OnRTPStreamActiv packet is received.
Mode ation(1) 0 = After First incoming packet (default)
1 = Upon channel?s RTP activation.

Mib name:
acRtpRtcpBrokenConnectionEventActivatio
nMode

INI Name:
BROKENCONNECTIONEVENTACTIVATI
ONMODE

Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
Basic RTP Enum: Online 0 Selects the RTP packet rate for sample
Packet PACKET- based coders (such as G.711, G.726,
Interval INTERVAL- G.727). Also applicable for G.729, G.729E
DEFAULT(0), And G.728.
PACKET- 0 = Default (set internally)
INTERVAL-5- 1=5msec
MSEC(1), PACKET- 2 =10 msec
INTERVAL-10- 3 =20 msec
MSEC(2), PACKET- Mib name:
INTERVAL-20- acRtpRtcpBasicRTPPacketinterval
MSEC(3) INI Name: BASICRTPPACKETINTERVAL
Profile name: Digital VoP Media Profile
Connection Enum: Online 0 Determines the notification mode for the
Establish AfterBrokenConnect RTP connection establishment event
Notification ion(0), acEV_CONNECTION_ESTABLISHED.
Mode UponFirstRTPFram 0 = Notify only after a broken connection
eDetection(1) event
1 = Also notify when the first RTP packet is
received
Mib name:
acRtpRtcpConnectionEstablishNotification
Mode
INI Name:
CONNECTIONESTABLISHEMENTNOTIFI
CATIONMODE
Profile name: Digital VoP Media Profile
AMR FEC Enum: Online 0 Sets the AMR / WB-AMR Redundancy
Redundancy CE-AMR-FEC- depth according to RFC 3267.
Depth REDUNDANCY-
LEVEL-NONE(0), 0 = No Redundancy
CE-AMR-FEC- 1 = Redundancy depth of a single packet
REDUNDANCY- 2 = Redundancy depth of 2 packets
LEVEL-1(1), CE- 3 = Redundancy depth of 3 packets
AMR-FEC-
REDUNDANCY- Mib name:
LEVEL-2(2), CE- acRtpAMRFECRedundancyDepth
AMR-FEC- INI Name: AMRFECREDUNDANCYDEPTH
REDUNDANCY- Profile name: Digital VoP Media Profile
LEVEL-3(3)
AMR FEC Integer Online 0 Sets the number of entries to be defined at
Num Of 0-9 the AMR management policy table. Each
Mngt Policy entry defines the policy of a different rate.
Entries Mib name:
acRtpAMRFECNumOfMngtPolicyEntries
INI Name:
AMRFECNUMBEROFCODECMODES
Profile name: Digital VoP Media Profile
AMR FEC Integer Online 0 Defines the hysteresis of the Delay
Delay 0-255 Threshold for AMR Hand-out events (in
Hysteresis msec).
Mib name: acRtpAMRFECDelayHysteresis
INI Name: AMRFECDELAYHYSTERESIS
Profile name: Digital VoP Media Profile
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Parameter Type
Name
AMR FEC Integer
Delay 0-255
Threshold
AMR Octet Enum:
Aligned disable(0),
Enable enable(1)

Provisioning Default
Value

Type

Online

Online

2.23.10 Tab: SRTP Settings

Description

0 Defines the one-way delay value (in msec)
that may cause the AMR Hand Out report.

0 ='Hand Out' report is disabled (default).
Mib name: acRtpAMRFECDelayThreshold
INI Name: AMRFECDELAYTHRESHHOLD
Profile name: Digital VoP Media Profile

1 0 = disable the AMR Octet Aligned mode.
1 = enable the AMR Octet Aligned mode.
Mib name: acRtpAMROctetAlignedEnable
INI Name: AMROCTETALIGNEDENABLE
Profile name: Digital VoP Media Profile

Frame: Media Provisioning, Tab: SRTP Settings

Parameter
Name

Type

Enable Media
Security

Enum:
Disable(0),
Enable(1)

Enum:
Disable(0),
Enable(1)

Aria Protocol
Support

RTP Enum:
Authentication inactive(0),
Disable Tx active(1)

Provisioning Default

Type
Offline

Offline

Online

Value

0

0

0

Description

Enables or disables Media Security protocol
(SRTP) . Enabling this parameter might reduce the
board channel capacity.

0 = Disable

1 = Enable

Mib name: acVoiceEnableMediaSecurity
INI Name: ENABLEMEDIASECURITY
Profile name: Digital VoP Media Profile

Enables or disables Aria encryption protocol.
Enabling this parameter might reduce the board
channel capacity.

0 = Disable

1 = Enable

Supported on TP6310, TP8410 and M800
Mib name: acVoiceAriaProtocolSupport
INI Name: ARIAPROTOCOLSUPPORT
Profile name: Digital VoP Media Profile

On a secured RTP session, determines whether to
enable Authentication on transmitted RTP packets.

One of the following values:

0 = Enable

1 = Disable

Mib name:
acSysMediaEncriptionRTPAuthenticationDisableTx
INI Name: RTPAUTHENTICATIONDISABLETX
Profile name: Digital VoP Media Profile
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Parameter Type Provisioning Default Description
Name Type Value
RTP Enum: Online 0 | On asecured RTP session, determines whether to
Encryption | inactive(0), enable Encryption on transmitted RTP packets.
Disable Tx active(1) One of the following values:
0 = Enable
1 = Disable
Mib name:

acSysMediaEncriptionRTPEnNcryptionDisableTx
INI Name: RTPENCRYPTIONDISABLETX
Profile name: Digital VoP Media Profile

RTCP Enum: Online 0 Onasecured RTP session, determines whether to
Encryption | inactive(0), enable Encryption on transmitted RTCP packets.
Disable Tx active(1) One of the following values:

0 = Enable
1 = Disable
Mib name:

acSysMediaEncriptionRTCPEnNcryptionDisableTx
INI Name: RTCPENCRYPTIONDISABLETX
Profile name: Digital VoP Media Profile

Packet MKI Integer Online 0 Determines the size of the parameter Master Key
Size 0-4 Identifier (MKI) in SRTP Tx packets.

One of the following values:

0 = MKI Disabled

1 - 4 = size (bytes of MKI)

Mib name: acSysSRTPPacketMKISize
INI Name: SRTPTXPACKETMKISIZE
Profile name: Digital VoP Media Profile
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2.23.11 Tab: RTCP Settings

Parameter
Name

Disable
Interval
Randomizatio
n

RTCP XR

RTCP XR
Enable

Burst
Threshold

Delay
Threshold

End of Call
Rval Delay
Threshold

Frame: Media Provisioning, Tab: RTCP Settings

Type
Type
Integer Online

0-1

Enum: Offline
Disable(0), Enable(1),

EnableOnlyCalculation

()

Integer Online

-1-12

Integer Online

-1-12

Integer Online

-1-12

Provisioning Default

Value

0

Description

Controls whether RTCP report
intervals are randomized or whether
each report interval accords exactly
to the parameter defining RTCP
Mean Tx Interval (in milliseconds).
0 = Randomize

1 = Don?t Randomize

Mib name:
acRtcpDisablelntervalRandomization
INI Name:
DISABLERTCPRANDOMIZE
Profile name: Digital VoP Media
Profile

Sets voice quality monitoring (RTCP-
XR) mode.

0 = Disable

1 = Enable all

2 = Enable Only Calculation
Mib name: acRtcpXrEnable

INI Name: VQMONENABLE
Profile name: Digital VoP Media
Profile

voice quality monitoring - excessive
burst alert threshold. if set to -1, no
alerts will be issued.

Mib name: acRtcpXrBurstThreshold
INI Name: VQMONBURSTHR
Profile name: Digital VoP Media
Profile

voice quality monitoring - excessive
delay alert threshold. if set to -1, no
alerts will be issued.

Mib name: acRtcpXrDelayThreshold
INI Name: VQMONDELAYTHR
Profile name: Digital VoP Media
Profile

voice quality monitoring - end of call
low quality alert threshold. if set to -1,
no alerts will be issued.

Mib name:
acRtcpXrEndOofCallRvalDelayThres
hold

INI Name: VQMONEOCRVALTHR
Profile name: Digital VoP Media
Profile
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Parameter Type
Name
GMin Integer
0-255

Provisioning Default
Value

Type

Online

2.23.12 Tab: Misc. Settings

Description

0 voice quality monitoring - minimum
gap size (number of frames)
Mib name: acRtcpXrGMin
INI Name: VQMONGMIN
Profile name: Digital VoP Media
Profile

Frame: Media Provisioning, Tab: Misc. Settings

Parameter
Name

Type

TTY
Transport

Type

Enum:
Disable(0), Inband-
Relay(2), Bypass
1)

Enable Media
UDP
Checksum

Enum:
Disable(0),
Enable(1)

Type

Online

Offline

Provisioning Default
Value

0

0

Description

Defines the transferring method of TTY
signals during a call

0 = Disable
1= Bypass
2 = Relay

Mib name: acVoiceTTYTransportType
INI Name: TTYTRANSPORTTYPE
Profile name: Digital VoP Media Profile

Determines whether to enable the UDP

checksum calculation for RTP media TX
over IPv4. One of the following possible
values:

0 = Disable (No checksum: UDP checksum
for IPv4 TX =0)

1 = Enable (UDP checksum will be in the
UDP header upon IPv4 TX)

Mib name:
acRtpRtcpEnableMediaUDPChecksum
INI Name:
ENABLEMEDIAUDPCHECKSUM
Profile name: Digital VoP Media Profile
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2.24 Frame: Media Realm

2.24.1 Tab: Media Realm

Frame: Media Realm, Tab: Media Realm

Parameter Type Provisioning Default Description
Name Type Value
Name String Offline A string representing the name of the media
Up to 38 chars. realm.
Mib name: acCPMediaRealmName
INI Name:

CPMEDIAREALM_MEDIAREALMNAME
Profile name: Not Profiled

IPv4 Interface Offline Select the OID of the IPv4 interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSysinterfacelndex

Note: when ignore a default value will be
SET: 0.0

Mib name: acCPMediaRealmIPv4If

INI Name: CPMEDIAREALM_IPV4IF
Profile name: Not Profiled

IPv6 Interface Offline Select the OID of the IPv6interface name
corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSysinterfacelndex

Note: when ignore a default value will be
SET: 0.0

Mib name: acCPMediaRealmIPv6If

INI Name: CPMEDIAREALM_IPV6IF
Profile name: Not Profiled

Port Range Integer Offline -1 The starting port for the range of media
Start -1-60000 ports.
Mib name:
acCPMediaRealmPortRangeStart
INI Name:

CPMEDIAREALM_PORTRANGESTART
Profile name: Not Profiled

Media Integer Offline -1 The number of media sessions associated
Session Leg -1-6000 with the range of ports.
Mib name:
acCPMediaRealmMediaSessionLeg
INI Name:

CPMEDIAREALM_MEDIASESSIONLEG
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Port Range Integer Read-Only -1 The ending port for the range of media
End -1-60000 ports.
Mib name: acCPMediaRealmPortRangeEnd
INI Name:

CPMEDIAREALM_PORTRANGEEND
Profile name: Not Profiled

Is Default Enum: Offline 0 Determines whether this is the default
Realm false(0), true(1) media realm or not.
Mib name: acCPMediaRealmIsDefault
INI Name: CPMEDIAREALM_ISDEFAULT
Profile name: Not Profiled

2.25 Frame: Megaco Parameters Provisioning

2.25.1 Tab: Megaco Settings

Frame: Megaco Parameters Provisioning, Tab: Megaco Settings

Parameter Type Provisioning Default Description
Name Type Value
Compatibilit Integer Offline 0 ControlS MGCP/MEGACO
y Profile 0-131071 functioning for vendor-specific

compatibility. Refer to the
product's User's Manual.

Range: Integer > 0

Refer to the product's User's
Manual or the enumerator
mgTMGCPProfile for possible
values.

Mib name:
acCPMiscCompatibilityProfile

INI Name:
MGCPCOMPATIBILITYPROFILE
Profile name: Digital Megaco

Profile
Profiling Integer Instant 1 Used to profile the binary ASN.1
binary ASN 0-2147483647 encoding.

Range: Integer >0

Refer to the product's User's
Manual for possible values.
Mib name: acMCProfileBinary
INI Name:
MEGACOASN1PROFILE
Profile name: Digital Megaco
Profile
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Parameter Type Provisioning
Name Type
AAS Enum: Offline

Packages TD-51standard(0), H-248-
9standard(1), MGCP-
Packet-Cable(2), SIP-

MSCML(3)

TDM Hair Enum: Offline
Pinning loopback(0), pstn(1)
Mode

Encoding Enum: Offline
Method textEncoding(0)

Context ID Integer Instant
Offset 0-20000

Default
Value

0

Description

Selects the profile for the
Advanced Audio Syntax
specification.

0 = TD-51 standard

1 = H.248.9 standard

2 = MGCP Packet Cable

3 =SIP MSCML

Mib name:
acMCProfileAASPackages
INI Name:
AASPACKAGESPROFILE
Profile name: Digital Megaco
Profile

determinewhich Hair-pinning
mode is to be used:

mode O - will create TDM to TDM
connection through IP software
Loopback

mode 1 - will create ?pure? hair-
pinning i.e. TDM to TDM
connection through PSTN .

Mib name:
acMCProfileTdmHairPinningMode
INI Name:
MEGACOTDMHAIRPINNINGMO
DE

Profile name: Digital Megaco
Profile

Sets the MEGACO coding
method.

0 = Text mode

Mib name:
acMCMiscEncodingMethod

INI Name: MEGACOENCODING
Profile name: Digital Megaco
Profile

Offset for the context ID
generated by the gateway.

e.g., offset = 100 causes the first
context to be 101.

Range = 0 to 20000

Mib name:
acMCMiscContextIDOffset

INI Name:
MEGACOCONTEXTIDOFFSET
Profile name: Digital Megaco
Profile
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Parameter Type Provisioning Default Description
Name Type Value
Trunk ID Integer Offline 0 Sets the offset to the trunk
Offset 0-2147483647 numbering.

e.g., Offset = 2 causes the first
trunk number to be 2.

Note: This parameter was
replaced by the parameter
'EP_NUM'.

Range: 0 to 4294967295
Mib name:
acCPMiscTrunkIDOffset

INI Name:
MEGACOTRUNKIDOFFSET
Profile name: Digital Megaco

Profile
Disconnect Enum: Offline 1 Determines PBX behavior upon
Behaviour INoActionOnDisconnect(1), losing connectivity with H.248 Call
DisableTrunksOnDisconne agent or TPNCP.
ct(2), 1 = No Action - keep routing traffic
ResetBoardOnDisconnect( 2 = Disable Trunks - stop routing
3) trafic BUT RTP remains active
3 = Reset Board - Stop all
Mib name:
acMCMiscDisconnectBehavior
INI Name:

DISCONNECTBEHAVIOR
Profile name: Digital Megaco

Profile
Enable Enum: Offline 1 Sets the location of the Stream
SCTP as disable(0), enable(1) Control Transmission Protocol
Control (SCTP). If this parameter is set

and the machine is functioning in
multiple IPs mode, the SCTP is
located on the control network. If
not, the SCTP is located on the
OAM network.

0 = Default

1 = Enable

Mib name:
acMultiplelPEnableSCTPasContr
ol

INI Name:
ENABLESCTPASCONTROL
Profile name: Digital Megaco
Profile
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Parameter Type Provisioning Default Description
Name Type Value
SDP Profile Integer Instant 0 Controls MEGACO functioning for
0-2147483647 SDP negotiation. The parameter
is bitwise.

Every new RFC support should be
turned on or off with this
parameter.

Each bit function is described in
the control protocol chapter.

Mib name: acMCMiscSDPProfile
INI Name: CPSDPPROFILE
Profile name: Digital Megaco
Profile

2.25.2 Tab: Naming Convention

Frame: Megaco Parameters Provisioning, Tab: Naming Convention

Parameter Type Provisioning Default Description
Name Type Value
Pattern Phys String Offline Defines the name pattern of a physical
Up to 30 chars. termination.

For Example: 'tgw/t*/c*'. The "' sign stands
for the actual numbers of the trunk and
bchannel.

Range: String [30]

Mib name: acMCNamePatternPhys

INI Name: PHYSTERMNAMEPATTERN
Profile name: Digital Megaco Profile

Pattern String Offline Defines the name pattern of an RTP
Logical RTP = Up to 30 chars. termination.

For example: 'gw/rtp/*'. The ™' sign stands
for the actual number of the RTP
termination.

Range: String [30]

Mib name: acMCNamePatternLogicalRTP
INI Name: LOGICALRTPTERMPATTERN
Profile name: Digital Megaco Profile

Name Pattern String Offline Defines the name pattern of a conference
Conf Up to 32 chars. termination.

Applicable to IPM-1610 and TP-6310 only.

Range: String[32]

Mib name: acMCNamePatternConf

INI Name: CONFERENCETERMPATTERN
Profile name: Digital Megaco Profile
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Parameter
Name

Pattern BCTN

Pattern Audio

Trunk Test

Ephemeral ID
Offset

MEGACO
Version

Current
Version

Type Provisioning Default
Type Value
String Offline
Up to 32 chars.
String Offline
Up to 32 chars.
String Offline
Up to 32 chars.
Integer Instant 0

0-2147483647

Integer
1-3

Read-Only 1

Description

Defines the name pattern of a BCT
termination.

Applicable to IPM-1610 and TP-6310 only.

Range: String[32]

Mib name: acMCNamePatternBCTN
INI Name: BCTTERMPATTERN
Profile name: Digital Megaco Profile

Defines the name pattern of an audio
termination.

Applicable to IPM-1610 and TP-6310 only.

Range: String[32]

Mib name: acMCNamePatternAudio
INI Name: AUDIOTERMPATTERN
Profile name: Digital Megaco Profile

Defines the name pattern of a trunk test
termination.

Applicable to IPM-1610 and TP-6310 only.

Range: String[32]

Mib name: acMCNamePatternTrunkTest
INI Name: TRUNKTESTTERMPATTERN
Profile name: Digital Megaco Profile

Offset for the ephemeral termination IDs in
the gateway.

e.g., offset = 100 causes the first ephemeral
termination ID to be 101.

Note: This parameter was replaced by the
parameter 'RTP_Num'.

Range = 0 to 4294967295

Mib name:
acMCNameNumberEphemerallDOffset
INI Name:
MEGACOTERMINATIONIDOFFSET
Profile name: Digital Megaco Profile

The Megaco version currently being used.
Mib name: acMegacoStatusCurrentVersion
Profile name: Not Profiled
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2.25.3 Tab: Physical Endpoint Offsetting

Frame: Megaco Parameters Provisioning, Tab: Physical Endpoint Offsetting

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0 Index for table use.
0-4 Mib name:
acMCNameNumberPhysicalEndpointindex
Profile name: Digital Physical Endpoint
Megaco Profile
Endpoint Integer Offline 0 Defines the starting number for each name
Start -1-65535 level (level 0 is the left one when looking at
the parameter defining Phys Term Name
Pattern). Thus, to start trunk numbering
from 1, set EP_NUM_0 to 1.
Range: Any positive number
Mib name:
acMCNameNumberPhysicalEndpointStart
INI Name: EP_NUM
Profile name: Digital Physical Endpoint
Megaco Profile
Endpoint Min Integer Offline 0 Defines the minimum number for each
0-255 name level (level 0 is the left one, i.e., the
trunk number).
Mib name:
acMCNameNumberPhysicalEndpointMin
INI Name: EP_MIN
Profile name: Digital Physical Endpoint
Megaco Profile
Endpoint Max Integer Offline 0 Defines the maximum number for each
0-65535 name level (level O is the left one, i.e., the
trunk number).
Mib name:
acMCNameNumberPhysicalEndpointMax
INI Name: EP_MAX
Profile name: Digital Physical Endpoint
Megaco Profile
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2.25.4 Tab: RTP Endpoint Offsetting

Frame: Megaco Parameters Provisioning, Tab: RTP Endpoint Offsetting

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0 Index for table use.
0-1 Mib name:

acMCNameNumberStreamEndpointindex
Profile name: Digital Stream Endpoint
Megaco Profile

RTP Start Integer Instant 0 Defines the starting number for each name's
-1-65535 RTP termination level
Mib name:

acMCNameNumberStreamEndpointRTPStart
INI Name: RTP_NUM

Profile name: Digital Stream Endpoint
Megaco Profile

2.255 Tab: Communication Info

Frame: Megaco Parameters Provisioning, Tab: Communication Info

Parameter Type Provisioning Default Description
Name Type Value
Transaction
ID
Transaction Integer Instant 1.00E+09 Defines the range for the transaction ID.
ID Range 0-
214748364 Default = 999997999
7 Mib name: acCPTransactionIDRange

INI Name: TRANSACTIONIDRANGE
Profile name: Digital Megaco Profile

Transaction Integer Instant 2000  Defines the minimum number for the transaction
ID Base 0- ID.
214748364
7 Default = 2000

Mib name: acCPTransactionIDBase
INI Name: TRANSACTIONIDBASE
Profile name: Digital Megaco Profile

Transaction Enum: Offline 1 Defines if the transactions produced by the
Randomize ID Disable(0), board start with a fixed or random number.
Enable(1)

1 = Randomize On

Refer also to the parameters defining
Transaction Id Range and Transaction Id Base.
Mib name: acCPTransactionRandomizelD

INI Name: RANDOMIZETRANSACTIONID
Profile name: Digital Megaco Profile
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Parameter
Name

Type

Communicatio
n Layer
Timeout

Integer
0-999

Transport

Retransmissio  Integer
n TimeOut -
214748364
7-
214748364
7

Control Diff
Serv

Integer
0-63

Hang Term
Timeout

Integer
0-65535

Restart Max Integer
Waiting Delay 0-600000

Type

Instant

Instant

Offline

Instant

Instant

Provisioning Default

Value

30

21474836
47

2500

Description

Assumed delay of the communication layer. It is
used in retransmission. This parameter defines
the maximal time to wait for a response before
declaring a disconnection (in seconds).

Mib name:
acCPTransactionCommunicationLayerTimeout
INI Name:
MGCPCOMMUNICATIONLAYERTIMEOUT
Profile name: Digital Megaco Profile

Controls protocols retransmission timeout. Sets
the initial time (in msec) for the first
retransmission. The retransmission intervals
thereafter increase exponentially.

Mib name:
acCPTransportRetransmitionTimeOut

INI Name: MGCPRETRANSMISSIONTIMEOUT
Profile name: Digital Megaco Profile

Defines the value of the field 'DiffServ' in the IP
header for control traffic.

Range: 0 to 63

Mib name: acCPTransportControlDiffServ
INI Name: CONTROLDIFFSERV

Profile name: Digital Megaco Profile

Default timeout (in seconds) for sending
Hanging Termination event, when a request for
Hanging Termination is sent without parameters.

Range - 0 -65535

Mib name:
acMCCommunicationTimerHangTermTimeout
INI Name: MEGACOHANGTERMTIMEOUT
Profile name: Digital Megaco Profile

Defines the Maximum Waiting Delay (in
milliseconds) before restart service change
when the Media Gateway is powered on.

Mib name:
acMCCommunicationTimerRestartMaxWaitingD
elay

INI Name:
RESTARTMAXIMUMWAITINGDELAY

Profile name: Digital Megaco Profile
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Parameter Type Provisioning
Name Type

Target Mg Integer Instant
Response | 100-1000
Time

MG Integer Instant
Provisional = 0-20000
Response

MGC Integer Instant
Provisional = 0-20000
Response

MG Execution  Integer Instant
Time 0-2000

MGC Integer Instant
Execution 0-2000
Time

Keep Alive

Default
Value

200

Description

The response time is defined as the time from
the arrival of a call set-up request until the
response (in msec).

Range = 100-1000 in resolutions of 50 (i.e. 100,
150, 200, 250...)

Mib name:
acMCCommunicationTimerTargetMgResponseT
ime

INI Name: TARGETMG_RESPONSETIME
Profile name: Digital Megaco Profile

Defines the provisional response timer for the
media gateway (in msec).

Range: 0 to 20000

Mib name:
acMCCommunicationTimerMGProvisionalRespo
nse

INI Name: MGPROVISIONALRESPONSETIME
Profile name: Digital Megaco Profile

Defines the provisional response timer for the
MGC (in msec).

Range: 0 to 20000

Mib name:
acMCCommunicationTimerMGCProvisionalRes
ponse

INI Name:
MGCPROVISIONALRESPONSETIME

Profile name: Digital Megaco Profile

Defines the estimated execution time of the
media gateway (in msec).

Range: 0 to 2000

Mib name:
acMCCommunicationTimerMGExecutionTime
INI Name: MGEXECUTIONTIME

Profile name: Digital Megaco Profile

Defines the estimated execution time of the
MGC (in msec).

Range: 0 to 2000

Mib name:
acMCCommunicationTimerMGCExecutionTime
INI Name: MGCEXECUTIONTIME

Profile name: Digital Megaco Profile
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Parameter Type Provisioning Default Description
Name Type Value
Keep Alive Integer Instant 0 Enables a proprietary keep-alive mechanism, in
Enabled - which a serviceChange is send with
214748364 UNDEFINED as the termination ID and restart
7- method.
214748364 0 = disable
7 >0 = enable

Mib name: acCPKeepAliveEnabled
INI Name: KEEPALIVEENABLED
Profile name: Digital Megaco Profile

Keep Alive Integer Instant 12 This parameter is used to define the interval in
Interval 1-300 seconds of a KeepAlive message.
Mib name: acCPKeepAlivelnterval
INI Name: KEEPALIVEINTERVAL
Profile name: Digital Megaco Profile
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2.25.6 Tab: Media Settings

Parameter
Name

Dial Tone
Duration

SDP
Profile;Perform
SDP Negotiation
according to
RFC3407
spec;Support
V.152
(vBD);Perform
SDP Negotiation
according to
RFC3264
spec;Perform
SDP Negotiation
only according to
received SDP.
Ignore default
configure;Replied
SDP will contain
alsoT,Sand O
lines;Hard Coded
Configure PTime
Value for
Transparent
Coder. The
Value is 10

RTCP Interval

Type Provisioning Default
Type Value
Integer Instant 16
-2147483647-
2147483647
Integer Instant 0
Bitmask Bitmap-
0x003F
Integer Instant 0
-2147483647-
2147483647

Frame: Megaco Parameters Provisioning, Tab: Media Settings

Description

Defines the timeout (in seconds) for the
dial tone signal.

Range: 1 to 65535

Mib name: acCPMiscDialToneDuration
INI Name: DIALTONEDURATION
Profile name: Digital Megaco Profile

Controls MGCP/MEGACO functioning for
SDP negotiation. The parameter is bitwise.
Every new RFC support should be turned
on or off with this parameter.

Each bit function is described in the control
protocol chapter.

Mib name: acCPMiscSDPProfile

INI Name: CPSDPPROFILE

Profile name: Digital Megaco Profile

Defines the time interval between the
adjacent RTCP reports (in msec).

Range: 0 to 65535

Mib name: acCPMediaRTCPInterval
INI Name: RTCPINTERVAL

Profile name: Digital Megaco Profile

OAM Guide

152

Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

Parameter
Name

Default Coder

Type

Enum:
Non-Initialized(0),
G711Mulaw(1),
G711Alaw-64(2),
G726-16(3),
G726-24(4),
G726-32(5),
G726-40(6),
G727-16(7),
G727-24-16(8),
G727-24(9),
G727-32-16(10),
G727-32-24(11),
G727-32(12),
G727-40-16(13),
G727-40-24(14),
G727-40-32(15),
G723High-(16),
G723Low(17),
G729(18),
G728(19),
GSM(20),
Transparent(21),
NetCoder-4-8(22),
NetCoder-5-6(23),
NetCoder-6-4(24),
NetCoder-7-2(25),
NetCoder-8(26),
NetCoder-8-8(27),
NetCoder-9-6(28),
EVRCO0(29),
EVRC-TFO(30),
EVRC-TTY(31),
QCELP-8(32),
QCELP-8-
TFO(33), QCELP-
13(34), QCELP-
13-TFO(35),
G729E(36), AMR-
4-75(37), AMR-5-
15(38), AMR-5-
9(39), AMR-6-
7(40), AMR-7-
4(41), AMR-7-
95(42), AMR-10-
2(43), AMR-12-
2(44), GSM-
EFR(45),
iLBC13(46),
iLBC15(47),
BV16(48),
EVRC(49),
Telepone-Event-
RFC2833(50),
Redundency-
RTP-
RFC2198(51),

MO A

Provisioning Default
Type Value

Instant 2

Description

This parameter can be used to set a
default coder for channel opening. For the
legal coder names, refer to the product's
User Manual.

Default = cpDPT_G711Mulaw_Coder
Mib name: acCPMediaDefaultCoder
INI Name: MGCPDEFAULTCODER
Profile name: Digital Megaco Profile

Version 6.6
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Parameter Type Provisioning Default Description
Name Type Value
Record Coder Enum: Instant 1 Determines the coder used for recording to
G711Mulaw(1), a file.
G711Alaw-64(2) Mib name: acCPMediaRecordCoder
INI Name: CPRECORDCODER
Profile name: Digital Megaco Profile
Play Coder Enum: Instant 1 Determines the coder type to be used
G711Mulaw(1), when playing a file of type .raw
G711Alaw-64(2) Mib name: acCPMediaPlayCoder
INI Name: CPPLAYCODER
Profile name: Digital Megaco Profile
Packetization Integer Instant 20  Defines the default packetization period
Period 5-120 (Frame Size).
Default = 20 msec (for G.723 30)
Range: 5 to 80
Mib name: acCPMediaPacketizationPeriod
INI Name:
DEFAULTPACKETIZATIONPERIOD
Profile name: Digital Megaco Profile
Session Owner String Instant Defines the owner/creator of the session
Up to 31 chars. Range = String[31]
Mib name: acCPNamingSessionOwner
INI Name: CPSDPSESSIONOWNER
Profile name: Digital Megaco Profile
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2.25.7 Tab: Digit Settings

Parameter
Name

Use End Of
DTMF

DTMF Length
(msec)

DTMF Inter
Interval
(msec)

Map TimeOut
Timer (msec)

Map Short
Timer (msec)

Frame: Megaco Parameters Provisioning, Tab: Digit Settings

Type Provisioning Default Description
Type Value

Integer Instant 1 Defines if the detection of DTMF events is
-2147483647- notified at the end of DTMF or at the start of
2147483647 DTMF.

0 = at start of DTMF

1 = at the end of DTMF

Mib name:
acCPDigitCollectUseEndOfDTMF

INI Name: MGCPDTMFDETECTIONPOINT
Profile name: Digital Megaco Profile

Integer Instant 100 | Defines the time to play DTMF (in msec).
-2147483647-
2147483647 Range: 0 to 65535

Mib name: acCPDigitCollectDTMFLength
INI Name: DTMFDIGITLENGTH
Profile name: Digital Megaco Profile

Integer Instant 100 | Defines the time between DTMFs played (in
0-65535 msec).

Range: 0 to 65535

Mib name:
acCPDigitCollectDTMFInterinterval

INI Name: DTMFINTERDIGITINTERVAL
Profile name: Digital Megaco Profile

Integer Instant -1 Defines the timeout value (T symbol) in a
-1-65535 digit map, in increments of 10. For
MEGACO, it's the start timer. For the others,
it's the end timer.

When the value is -1, it means the
hardcoded value (16000).

Mib name:
acCPDigitCollectMapTimeOutTimer
INI Name: DIGITMAPTIMEOUTTIMER
Profile name: Digital Megaco Profile

Integer Instant 3000 Defines the short timer (S Symbol) value in
-1-65535 millisecond, in a digit map.This timer is
typically activated when the repetition

symbol "." exists.

When the value is -1, it means the
hardcoded value (3000).

Mib name: acCPDigitCollectMapShortTimer
INI Name: CPDIGITMAPSHORTTIMER
Profile name: Digital Megaco Profile
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Parameter Type
Name Type
Map Long Integer Instant
Timer (msec) -1-65535
Digit Map String Offline
Name Up to 30 chars.
Digit Map String Offline
Patterns Up to 500 chars.
Digit Map String Instant
Dialed String| Up to 8 chars.
Prefix

Provisioning Default
Value

Description

16000 Defines the inter-digit long timer (L Symbol)

value in millisecond, in a digit map.This
timer is typically activated between collected
digit when the end of the pattern is not
reached yet.

When the value is -1, it means the
hardcoded value (16000).

Mib name: acCPDigitCollectMapLongTimer
INI Name: CPDIGITMAPLONGTIMER
Profile name: Digital Megaco Profile

Name of the provisioned digit map.

Range: String[30]

Mib name: acCPDigitMapDefaultName
INI Name: DIGITMAPNAME

Profile name: Digital Megaco Profile

The digit map patterns separated by a
vertical bar (]), as defined in the MEGACO
RFC.

Range = String[500]

Mib name: acCPDigitMapPatterns
INI Name: DIGITMAPPING

Profile name: Digital Megaco Profile

Defines a prefix to add to the dialed string.

Range = String[8]

Mib name: acCPDigitMapDialedStringPrefix
INI Name: DIALEDSTRINGPREFIX

Profile name: Digital Megaco Profile
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2.26 Frame: MTP2 Profile

2.26.1 Tab: MTP2 Profile

Frame: MTP2 Profile , Tab: MTP2 Profile

Parameter Type Provisioning Default Description
Name Type Value
Link Rate String Online Defines the SS7 SLI Link Rate.
Up to 1 chars. Choose either:
A = 64 kbps
D =56 kbps
0 =64 kbps

Mib name: acSS7MTP2AttribLinkRate
INI Name: SSTMTP2PARMS_LINKRATE
Profile name: Not Profiled

Error String Online Defines the SLI error correction method.
Correction Up to 1 chars. B = Basic
Method P = PCR (Preventive Cyclic Retransmission)
Mib name: acSS7TMTP2AttribErrorCorectionMethod
INI Name:

SS7TMTP2PARMS_ERRORCORRECTIONMETHOD
Profile name: Not Profiled

lac Cp Integer Online 5 Defines the number of aborted proving attempts
0-10 before sending an out-of-service to MTP-3.
Mib name: acSS7TMTP2AttriblacCp
INI Name: SSTMTP2PARMS_IACCP
Profile name: Not Profiled

SUERM Integer Online 64 | Defines the SS7 SUERM (Signal Unit Error Rate
Threshold 0-256 Monitor) T threshold.
Mib name: acSS7TMTP2AttribSUERMThreshold
INI Name: SSTMTP2PARMS_SUERMT
Profile name: Not Profiled

AERM Integer Online 4 | Normal AERM (alignment error rate monitor)
Normal 0-20 threshold [0 to 20].
Threshold Mib name:

acSS7MTP2AttribAERMNormalThreshold
INI Name: SSTMTP2PARMS_AERMTIN
Profile name: Not Profiled

AERM Integer Online 1 Emergency AERM (alignment error rate monitor)
Emerg 0-10 threshold [0 to 10].
Threshold Mib name:

acSS7MTP2AttribAERMEmerglThreshold
INI Name: SSTMTP2PARMS_AERMTIE
Profile name: Not Profiled

SUERM Integer Online 256 | Defines the SS7 Signal Unit error rate monitor D
Sig Unit D 0-256 threshold.
Threshold Mib name:

acSS7MTP2AttribSUERMSigUnitDThreshold
INI Name: SS7TMTP2PARMS_SUERMSUD
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Octet Integer Online 16 | Defines the SS7 MTP2 Octet received while the
Counting 0-256 OCTET is in counting mode (# of Octets received -

N Octets - while in Octet counting mode).

Mib name: acSS7MTP2AttribOctetCounting

INI Name: SSTMTP2PARMS_OCTETCOUNTING
Profile name: Not Profiled

Timer T1 Integer Online 50000 Defines the SS7 MTP2 T1 alignment ready timer (in
0-100000 msecs).
Mib name: acSS7TMTP2AttribTimerT1
INI Name: SSTMTP2PARMS_T1
Profile name: Not Profiled

Timer T2 Integer Online 150000 Defines the SS7 MTP2 T2 unaligned timer (in
0-200000 msecs).
Mib name: acSS7MTP2AttribTimerT2
INI Name: SSTMTP2PARMS_T2
Profile name: Not Profiled

Timer T3 Integer Online 2000 Defines the SS7 MTP2 T3 timer aligned.
0-20000 Mib name: acSS7TMTP2AttribTimerT3
INI Name: SSTMTP2PARMS_T3
Profile name: Not Profiled

Timer T4 Integer Online 8200 Defines the SS7 MTP2 T4n Normal proving period
Normal 0-15000 timer.
Mib name: acSS7MTP2AttribTimerT4Normal
INI Name: SSTMTP2PARMS_T4N
Profile name: Not Profiled

Timer T4 Integer Online 500 | Defines the SS7 MTP2 T4e Emergency proving
Emerg 0-5000 period timer (msec).
Mib name: acSS7TMTP2AttribTimerT4Emerg
INI Name: SSTMTP2PARMS_T4E
Profile name: Not Profiled

Timer T5 Integer Online 120 Defines the SS7 MTP2 Sending SIB timer.
0-2400 Mib name: acSS7TMTP2AttribTimerT5
INI Name: SSTMTP2PARMS_T5
Profile name: Not Profiled

Timer T6 Integer Online 6000 Defines the SS7 MTP2 Remote Congestion timer (in
0-10000 msec).
Mib name: acSS7TMTP2AttribTimerT6
INI Name: SSTMTP2PARMS_T6
Profile name: Not Profiled

Timer T7 Integer Online 2000 Defines the SS7 MTP2 excessive delay of the ack
0-5000 timer (in msec).
Mib name: acSS7TMTP2AttribTimerT7
INI Name: SSTMTP2PARMS_T7
Profile name: Not Profiled

LSSU Integer Online 1 Defines the SS7 MTP2 LSSU length as 1 or 2
Length 1-2 (bytes).
Mib name: acSS7TMTP2AttribLSSULength
INI Name: SSTMTP2PARMS_LSSULENGTH
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Pcr N2 Integer Online 200 | This parameter is used to define Preventive Cyclic
0-512 Retransmission - the number of message signal unit

octets available for retransmission (ITU-T Q703 6.4 -
Forced retransmission).

Mib name: acSS7MTP2AttribPcrN2

INI Name: SSTMTP2PARMS_PCRN2

Profile name: Not Profiled

2.27 Frame: Network Parameters Provisioning

2.27.1 Tab: IP Interface Parameters

Frame: Network Parameters Provisioning, Tab: IP Interface Parameters

Parameter Type Provisioning Default Description
Name Type Value
VLAN Mode Enum: Offline 0 Sets the VLAN functionality.
Disable(0),
Enable(1) 0 = Disable
1 = Enable

Mib name: acSysVLANMode
INI Name: VLANMODE
Profile name: Digital Network Profile

Native VLAN Integer Online 1 Sets the native VLAN identifier.
ID 1-4094 Mib name: acSysVLANVIanNativeVlanld
INI Name: VLANNATIVEVLANID
Profile name: Digital Network Profile

Enable Enum: Offline 0 Enables Network Physical Separation. Allows
Network disable(0), the user to have separate port for each
Separation enable(1) Network. Requires suitable hardware.

0 = Disabled

1 = Enabled

Mib name:
acMultiplelPEnableNetwotkSeparation

INI Name:
ENABLENETWORKPHYSICALSEPARATION
Profile name: Not Profiled
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2.27.2 Tab: QoS Settings

Frame: Network Parameters Provisioning, Tab: QoS Settings

Parameter Type ProvisioningDefault Description
Name Type Value
Differentiated
Services
Network Integer Online 48  This parameter is used to set the DiffServ for Network
Service 0-63 service class content.
Class Diff
Serv Range = 0 to 63
Default = 48

Mib name: acSysVLANNetworkServiceClassDiffServ
INI Name: NETWORKSERVICECLASSDIFFSERV
Profile name: Digital Network Profile

Premium Integer Online 46 | This parameter is used to set the DiffServ for Premium
Service 0-63 service class content and media traffic.
Class Media
Diff Serv Range = 0to 63
Mib name:
acSysVLANPremiumServiceClassMediaDiffServ
INI Name:

PREMIUMSERVICECLASSMEDIADIFFSERV
Profile name: Digital Network Profile

Premium Integer Online 40  Sets the DiffServ for the Premium service class content
Service 0-63 and control traffic.
Class
Control Diff Range: 0 to 63
Serv Mib name:
acSysVLANPremiumServiceClassControlDiffServ
INI Name:

PREMIUMSERVICECLASSCONTROLDIFFSERYV
Profile name: Digital Network Profile

Gold Service Integer Online 26 | Sets the DiffServ for the Gold service class content.
Class Diff 0-63
Serv Range = 0 to 63
Default = 26

Mib name: acSysVLANGoldServiceClassDiffServ
INI Name: GOLDSERVICECLASSDIFFSERV
Profile name: Digital Network Profile

Bronze Integer Online 10  Sets the DiffServ for the Bronze service class content.
Service 0-63
Class Diff Range = 0 to 63
Serv Default = 10

Mib name: acSysVLANBronzeServiceClassDiffServ
INI Name: BRONZESERVICECLASSDIFFSERV
Profile name: Digital Network Profile

DSCP to
QoS
Mapping
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Parameter Type

Provisioning Default

Description

Name Type Value
Network Integer Online 7  This parameter is used to set the priority for Network
Service 0-7 service class content.
Class Priority
Range=0to 7
Default =7
Mib name: acSysVLANNetworkServiceClassPriority
INI Name:
VLANNETWORKSERVICECLASSPRIORITY
Profile name: Digital Network Profile
Premium Integer Online 6 Sets the priority for the Premium service class content
Service 0-7 and media traffic.
Class Media Range =0to 7
Priority Default = 6
Mib name:
acSysVLANPremiumServiceClassMediaPriority
INI Name:
VLANPREMIUMSERVICECLASSMEDIAPRIORITY
Profile name: Digital Network Profile
Gold Service Integer Online 4 | Sets the priority for the Gold service class content.
Class Priority  0-7
Range=0to 7
Default = 4
Mib name: acSysVLANGoldServiceClassPriority
INI Name: VLANGOLDSERVICECLASSPRIORITY
Profile name: Digital Network Profile
Bronze Integer Online 2 | Sets the priority for the Bronze service class content.
Service 0-7
Class Priority Range=0to 7
Default = 2
Mib name: acSysVLANBronzeServiceClassPriority
INI Name: VLANBRONZESERVICECLASSPRIORITY
Profile name: Digital Network Profile
Premium Integer Online 6  Sets the priority for the Premium service class content
Service 0-7 and control traffic.
Class
Control Range=0to 7
Priority Default = 6
Mib name:
acSysVLANPremiumServiceClassControlPriority
INI Name:
VLANPREMIUMSERVICECLASSCONTROLPRIORITY
Profile name: Digital Network Profile
Version 6.6 161 December 2012



?E AudioCodes

Mediant 3000 with TP-8410

2.27.3 Tab: Static Routes

Frame: Network Parameters Provisioning, Tab: Static Routes

Parameter Type Provisioning Default Description
Name Type Value
Status Enum: Instant 1 The row status variable,
Active(1), used according to row installation and
NotInService(2), removal conventions.
NotReady(3), A row entry cannot be modified when the
CreateAndGo(4), status is marked as active(1).
CreateAndWait(5), Mib name: inetCidrRouteStatus
Destroy(6) Profile name: Not Profiled
Interface Integer Instant 1 The iflndex value that identifies the local
Index 0-256 interface through which the next hop of this
route should be reached. A value of O is
valid and represents the scenario where no
interface is specified.
Mib name: inetCidrRoutelfindex
Profile name: Not Profiled
Primary Integer Instant 1 The primary routing metric for this route.
Routing -1-100 The semantics of this metric are determined
Metric by the routing-protocol specified in the
route's inetCidrRouteProto value. If this
metric is not used, its value should be set to
-1.
Mib name: inetCidrRouteMetricl
Profile name: Not Profiled
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Parameter Type Provisioning Default
Name Type Value
Type Enum: Read-Only 1

Other(1), Reject(2),
Local(3),

Remote(4), Black
Hole(5), Static
Inactive(6), Static
Active(7),
Automatic(8)

Description

The type of route. Note that local(3) refers to
a

route for which the next hop is the final
destination;

remote(4) refers to a route for which the
next hop is

not the final destination.

Routes that do not result in traffic forwarding
or

rejection should not be displayed, even if
the

implementation keeps them stored
internally.

reject(2) refers to a route that, if matched,
discards

the message as unreachable and returns a
notification

(e.g., ICMP error) to the message sender.
This is used

in some protocols as a means of correctly
aggregating

routes.

blackhole(5) refers to a route that, if
matched,

discards the message silently.

Mib name: inetCidrRouteType
Profile name: Not Profiled
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2274 Tab: SCTP

Parameter
Name

Heart Beat
Interval

T4 SACK
Timer

Check Sum
Method

Host Name

Frame: Network Parameters Provisioning, Tab: SCTP

Type Provisioning Default
Value

Type

Integer Offline
0-3600

Integer Offline
1-5

Enum: Offline
Adler(0), Crc(1)

String Offline
Up to 255 chars.

30

NULL

Description

Defines the SCTP heartbeat interval.

Range: 1 to 3600

Mib name: acSysSCTPHeartBeatInterval
INI Name: SCTPHBINTERVAL

Profile name: Digital Network Profile

Defines the SCTP T4 SACK timer interval.

Range: 1to 5

Mib name: acSysSCTPT4SACKTimer
INI Name: SCTPT4SACKTIMER
Profile name: Digital Network Profile

Stream Control Transmission Protocol
(SCTP) uses a checksum mechanism in
order to authenticate packets on both sides
(the receiving side and the transmitting
side).

Presently, two checksum mechanisms are
available:

0 = adler32 checksum mechanism

1 = crc32c checksum mechanism (improved
mechanism)

Mib name: acSysSCTPCheckSumMethod
INI Name: SCTPCHECKSUMMETHOD
Profile name: Digital Network Profile

When this parameter is set to any value
other than an empty string, SCTP (Stream
Control Transmission Protocol) uses the
value as the value of the FQDN (Fully
Qualified Domain Name) parameter
attached to the INIT chunk. In this case, the
FQDN parameter replaces any IP address
parameters in the INIT chunk.

This feature enables overcoming NAT
problems where the original IP addresses
belonging to the endpoint supports are
converted into pseudo addresses. When
this parameter is not set (default), the INIT
chunk is sent without any FQDN parameter.

Range = String[42]

Mib name: acSysSCTPHostName
INI Name: SCTPHOSTNAME
Profile name: Digital Network Profile

OAM Guide

164

Document #: LTRT-32126



OAM Guide 2. Provisioning Parameters

Parameter Type Provisioning Default Description
Name Type Value
SCTP Integer Offline 3 Defines the maximum number of Stream
Associations 1-8 Control Transmission Protocol (SCTP)
Num associations that can be opened.
Range: 1to 8

Mib name: acSysSCTPAssociationsNum
INI Name: SCTPASSOCIATIONSNUM
Profile name: Digital Network Profile
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2.27.5 Tab: Ethernet Ports

Frame: Network Parameters Provisioning, Tab: Ethernet Ports

Parameter Type Provisioning Default Description
Name Type Value

Index Integer NA 1  The row's index.
1-12 On 8410 Systems:

Index 1 ? related to GBE port no.1 in the
TER (Media).
Index 2 ? related to GBE port no.2 in the
TER (Media).
Index 3 ? related to port 1A in PEM #1
(Contraol).
Index 4 ? related to port 1B in PEM #2
(Control).
Index 5 ? related to port 2A in PEM #1
(OAM).
Index 6 ? related to port 2B in PEM #2
(OAM).
On MSBG only:
1-12 LAN interfaces.
Mib name: acSysEthernetStatusindex
Profile name: Not Profiled

Ethernet Port

Configuration
Port Duplex Enum: Read-Only 0  full-duplex or half-duplex connection
Mode HalfDuplex(0), Mib name:
FullDuplex(1), acSysEthernetStatusPortDuplexMode
ForceModeValue(2), Profile name: Not Profiled
NotAvailable(3)
Physical Enum: Offline 4 | Controls the Ethernet connection mode

Configuration HalfDuplex10BaseT/(0),
FullDuplex10BaseT(1),
HalfDuplex100BaseT(2),
FullDuplex100BaseT(3),
AutoNegotiate(4),
FullDuplex1000BaseT(7)

type. Auto-negotiate falls back to Half-
Duplex mode (HD) when the opposite
port is not in Auto-negotiate mode. The
speed (10 Base-T or 100 Base-TX) in
this mode is always configured correctly.

0 =10 Base-T half-duplex

1 =10 Base-T full-duplex

2 =100 Base-TX half-duplex

3 =100 Base-TX full-duplex

4 = Auto-negotiate

Mib name:
acSysEthernetPortPhyConfiguration
INI Name:
ETHERNETPHYCONFIGURATION
Profile name: Digital Network Profile

Port Speed Enum: port speed
ForceModeValue(2), Mib name:
NotAvailable(3), acSysEthernetStatusPortSpeed
ac10Mbps(10), Profile name: Not Profiled
ac100Mbps(100),
ac1000Mbps(1000)
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Parameter Type
Name
Active Port Enum:

Number notActive(0), Active(1)

Provisioning Default Description
Type Value
Read-Only 0  Status of ethernet port - active or not
active.
Mib name:

2.27.6 Tab: General Settings

acSysEthernetStatusActivePortNumber
Profile name: Not Profiled

Frame: Network Parameters Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
Disable ICMP Enum: Instant 0 Disable ICMP Redirect messages. When set
Redirects Disable(0), to 0 ICMP Redirect messages are not
Enable(1) ignored.
Mib name:
acSysNetworkSettingsDisablelICMPRedirects
INI Name: DISABLEICMPREDIRECTS
Profile name: Not Profiled
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2.28 Frame: NFAS Settings Provisioning

2.28.1 Tab: NFAS Setting

Frame: NFAS Settings Provisioning, Tab: NFAS Setting

Parameter Type Provisioning Default Description
Name Type Value
Trunk Id Integer Read-Only 0 Trunk ID at board in which the call is taking
0-83 place
Mib name: acTrunkindex
Profile name: Not Profiled
ISDN NFAS Integer Online 0 Defines the Interface ID. Works with
Interface 1D 0-255 NS_EXPLICIT_INTERFACE_ID. Refer to
the VoPLib documentation(ISDN Flexible
Behavior).
Default = (unsigned char)-1.
Range = 0 to 255
Mib name: acTrunkISDNNfasInterfaceld
INI Name: ISDNNFASINTERFACEID
Profile name: Not Profiled
Group Integer Online 0 Relevant only for T1 ISDN NFAS trunks
Number 0-12 indicates the group number of the NFAS
group. ;Valid NFAS group numbers are only
1to 9, 0 indicating that this trunk is not
NFAS (in this case the
ISDNNFASInterfacelD and DchConfig
parameters are ignored).
Mib name: acTrunkISDNNfasGroupNumber
INI Name: NFASGROUPNUMBER
Profile name: Not Profiled
D-channel Enum: Online 0 Defines D-channel configuration. This
configuration  acDCH-CONFIG- setting is only applicable to ISDN PRI
PRIMARY(0), protocols that support NFAS and/or D-
acDCH-CONFIG- channel backup procedures.
BACKUP(1),
acDCH-CONFIG- 0 = D-channel is Primary
NFAS(2) 1 = Backup
2 = NFAS
Mib name: acTrunkISDNNfasDchConfig
INI Name: DCHCONFIG
Profile name: Not Profiled
Trunk Admin Enum: Online 0 Trunk Administrative State
State Locked(0), Mib name: acTrunkAdministrativeState
UnLocked(1) Profile name: Not Profiled
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2.29 Frame: Quality of Experience

2.29.1 Tab: Quality of Experience

Frame: Quality of Experience, Tab: Quality of Experience

Parameter Type Provisioning Default Description
Name Type Value
Server Ip IPAddress Offline in case VQM is at client configuration, this
parameter defines the server ip.
Mib name:

acCPQualityOfExperienceServerlp
INI Name: QOESERVERIP
Profile name: Digital Quality of Experience

Profile
Port Integer Instant 5000 | Quality Of Experience Port
0-65534 Mib name: acCPQualityOfExperiencePort

INI Name: QOEPORT
Profile name: Digital Quality of Experience

Profile
Interface String Offline the interface to wait on in case of server
Name Up to 64 chars. (default is the default control interface).
Mib name:

acCPQualityOfExperiencelnterfaceName
INI Name: QOEINTERFACENAME

Profile name: Digital Quality of Experience
Profile
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2.30 Frame: Routing Provisioning

2.30.1 Tab: General Settings

Frame: Routing Provisioning, Tab: General Settings

Parameter Type Provisioning Default Description
Name Type Value
TEL To IP Enum: Instant 0 Defines order between routing incoming calls from
Routing ' RouteBefore Tel side and performing manipulations
Mode Map(0), Mib name: manipulationAndRoutingModeTel2Ip
RouteAfterMa INI Name: ROUTEMODETEL2IP
p(1) Profile name: Not Profiled
IP To TEL Enum: Instant 0 Defines order between routing incoming calls from
Routing = RouteBefore IP side and performing manipulations
Mode Map(0), Mib name: manipulationAndRoutingModelp2Tel
RouteAfterMa INI Name: ROUTEMODEIP2TEL
p(1) Profile name: Not Profiled
Filter Calls Enum: Instant 0 When Gatekeeper/Proxy is enabled, do not start
ToIP  No(0), Yes(1) session if called number is not listed or restricted in
Tel to IP routing table
Mib name: manipulationAndRoutingFilterCalls2Ip
INI Name: FILTERCALLS2IP
Profile name: Not Profiled
Enable Enum: Instant 0 Enable Tel to IP Alternative Routing. Can be
Alternative, Disable(0), enabled for status only without affecting routing
Routing = Enable(1), Mib name:
statusOnly(2) manipulationAndRoutingAltRoutingTel2IpEnable
INI Name: ALTROUTINGTEL2IPENABLE
Profile name: Not Profiled
Alternative Enum: Instant 3 Methods used for Alternative Routing operation
Routing None(0), Mib name:
Mode Conn(2), manipulationAndRoutingAltRoutingTel2IlpMode
Qos(2), INI Name: ALTROUTINGTEL2IPMODE
Both(3) Profile name: Not Profiled
Alternative Integer Instant 0 Alternative Routing Tone Duration. O - disabled
Routing 0-20000 (milliseconds)
Tone Mib name:
Duration manipulationAndRoutingAltRoutingToneDuration
[ms] INI Name: ALTROUTINGTONEDURATION
Profile name: Not Profiled
QoS Integer Instant 5 in case of QOS problem, a call has this probability
Probability 0-100 (in percents) to continue, in order to reevaluate the
QOs.
Mib name:
manipulationAndRoutingAltRoutingTel2IpQosAllow
TheNCall
INI Name:
ALTROUTINGTEL2IPQOSALLOWPROB
Profile name: Not Profiled
OAM Guide 170 Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

Parameter Type Provisioning Default
Name Type Value
Prefer Enum: Instant 0

Routing = Disable(0),
Table Enable(1)

Alternative Enum: Instant 0
Routing ping(0),
Telephone| options(1)
tolp
Connectio
n Method

Redundant Enum: Instant 0
Routing = Disable(0),
Mode RoutingTable(
1), Proxy(2)

Description

Prefer Routing Table

Mib name:
manipulationAndRoutingPreferRouteTable
INI Name: PREFERROUTETABLE

Profile name: Not Profiled

Tel to IP Alternative Routing Connectivity Method.
Mib name:
manipulationAndRoutingAltRoutingTel2IlpConnMeth
od

INI Name: ALTROUTINGTEL2IPCONNMETHOD
Profile name: Not Profiled

Mode of redundant routing. O - Disabled, 1 - Use
routing table, 2 - Use proxies list

Mib name:
manipulationAndRoutingRedundantRoutingMode
INI Name: REDUNDANTROUTINGMODE
Profile name: Not Profiled

Alternative Integer Instant 60 | Time interval between OPTIONS Keep-Alive
Routing = 5-2000000 messages for IP connectivity (seconds)
Keep Alive Mib name:
Time manipulationAndRoutingAltRoutingTel2IpKeepAlive

Time
INI Name: ALTROUTINGTEL2IPKEEPALIVETIME
Profile name: Not Profiled
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2.30.2 Tab: Tel to IP Routing

Frame: Routing Provisioning, Tab: Tel to IP Routing

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-179 Mib name: tel2IPRoutinglndex
INI Name: PREFIX_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMiv2
NotReady(3), Mib name: tel2IPRoutingRowStatus
CreateAndGo(4), Profile name: Digital SIP Tel To IP Profile
CreateAndWait(5),
Destroy(6)
Destination String Instant Phone number prefix.
Phone Prefix  Up to 50 chars. up to 50 digits.
can be used for defining range of phone
numbers.
Mib name: tel2IPRoutingPrefix
INI Name: PREFIX_DESTINATIONPREFIX
Profile name: Digital SIP Tel To IP Profile
Address String Instant Address (IP or DNS name)
Up to 69 chars. Mib name: tel2IPRoutingAddress
INI Name: PREFIX_DESTADDRESS
Profile name: Digital SIP Tel To IP Profile
Source String Instant Calling Phone number prefix.
Phone Prefix  Up to 50 chars. up to 50 digits.
can be used for defining range of phone
numbers.
Mib name: tel2IPRoutingSrcPrefix
INI Name: PREFIX_SOURCEPREFIX
Profile name: Digital SIP Tel To IP Profile
Destination Integer Instant 0 Destination port
Port 0-65534 Mib name: tel2IPRoutingDestPort
INI Name: PREFIX_DESTPORT
Profile name: Digital SIP Tel To IP Profile
Source IP Integer Instant -1
Group ID -1-31 Mib name: tel2IPRoutingSourcelPGroupID
INI Name: PREFIX_SRCIPGROUPID
Profile name: Digital SIP Tel To IP Profile
Destination String Instant
Host Prefix = Up to 49 chars. Mib name: tel2IPRoutingDestHostPrefix
INI Name: PREFIX_DESTHOSTPREFIX
Profile name: Digital SIP Tel To IP Profile
Destination IP Integer Instant -1
Group ID -1-31 Mib name: tel2IPRoutingDestIPGroupID
INI Name: PREFIX_DESTIPGROUPID
Profile name: Digital SIP Tel To IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
Source Host String Instant
Prefix Up to 49 chars. Mib name: tel2IPRoutingSourceHostPrefix
INI Name: PREFIX_SRCHOSTPREFIX
Profile name: Digital SIP Tel To IP Profile
Transport Enum: Instant -1
Type notConfigured(-1), Mib name: tel2IPRoutingTransportType
udp(0), tep(1), INI Name: PREFIX_TRANSPORTTYPE
tIs(2) Profile name: Digital SIP Tel To IP Profile
Source Trunk Integer Instant -1
Group ID -1-99 Mib name:
tel2IPRoutingSourceTrunkGroupID
INI Name: PREFIX_SRCTRUNKGROUPID
Profile name: Digital SIP Tel To IP Profile
Profile ID Integer Instant -1 Profile ID
-1-9 Mib name: tel2IPRoutingProfilelD
INI Name: PREFIX_PROFILEID
Profile name: Digital SIP Tel To IP Profile
Destination Integer Instant -1
SRD -1-31 Mib name: tel2IPRoutingDestSRD
INI Name: PREFIX_DESTSRD
Profile name: Digital SIP Tel To IP Profile
Cost Group Instant -1 A row pointer to the costGroupName
Mib name: tel2IPRoutingCostGroupName
INI Name: PREFIX_COSTGROUP
Profile name: Digital SIP Tel To IP Profile
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2.30.3 Tab: IP to Trunk Group Routing

Frame: Routing Provisioning, Tab: IP to Trunk Group Routing

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-119 Mib name: iP2TelRoutingIindex
INI Name: PSTNPREFIX_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMiv2
NotReady(3), Mib name: iP2TelRoutingRowStatus
CreateAndGo(4), Profile name: Not Profiled
CreateAndWait(5),
Destroy(6)
Destination String Instant Phone number prefix.
Phone Prefix  Up to 80 chars. up to 80 digits.
can be used for defining range of phone
numbers.
Mib name: iP2TelRoutingPrefix
INI Name: PSTNPREFIX_DESTPREFIX
Profile name: Not Profiled
Trunk/Hunt Integer Instant 0 Trunk/Hunt group 1D
Group ID 0-99 Mib name: iP2TelRoutingTrunkGrouplD
INI Name:
PSTNPREFIX_TRUNKGROUPID
Profile name: Not Profiled
Source String Instant Calling Phone number prefix.
Phone Prefix  Up to 49 chars. up to 49 digits.
can be used for defining range of phone
numbers.
Mib name: iP2TelRoutingSrcPrefix
INI Name: PSTNPREFIX_SOURCEPREFIX
Profile name: Not Profiled
Address String Instant Address (IP or DNS name)
Up to 50 chars. Mib name: iP2TelRoutingAddress
INI Name:
PSTNPREFIX_SOURCEADDRESS
Profile name: Not Profiled
Source IP Integer Instant -1
Group ID -1-31 Mib name: iP2TelRoutingSourcelPGrouplD
INI Name: PSTNPREFIX_SRCIPGROUPID
Profile name: Not Profiled
Destination String Instant
Host Prefix = Up to 49 chars. Mib name: iP2TelRoutingDestHostPrefix
INI Name:
PSTNPREFIX_DESTHOSTPREFIX
Profile name: Not Profiled
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Parameter Type
Name
Source Host String
Prefix Up to 49 chars.
Profile ID Integer
0-9
Trunk Id Integer
-1-83

2.30.4 Tab: Alt Route Cause IP to Tel

Instant

Instant

Provisioning Default Description
Type Value
Instant

Mib name: iP2TelRoutingSourceHostPrefix
INI Name:
PSTNPREFIX_SRCHOSTPREFIX

Profile name: Not Profiled

Profile ID

Mib name: iP2TelRoutingProfilelD

INI Name: PSTNPREFIX_PROFILEID
Profile name: Not Profiled

Trunkld

Mib name: iP2TelRoutingTrunkld
INI Name: PSTNPREFIX_TRUNKID
Profile name: Not Profiled

Frame: Routing Provisioning, Tab: Alt Route Cause IP to Tel

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-4 Mib name: altRouteCauselP2TELIndex
INI Name: ALTROUTECAUSEIP2TEL_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: altRouteCauselP2TELRowStatus
NotReady(3), Profile name: Not Profiled
CreateAndGo(4),
CreateAndWait(5),
Destroy(6)
Release Integer Instant 0 Release Cause
Cause 0-232 Mib name:
altRouteCauselP2TELReleaseCause
INI Name:
ALTROUTECAUSEIP2TEL_RELEASECAUSE
Profile name: Not Profiled
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2.30.5 Tab: Alt Route Cause Tel to IP

Frame: Routing Provisioning, Tab: Alt Route Cause Tel to IP

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Entry number, starting at 0.
0-4 Mib name: altRouteCauseTEL2IPIndex
INI Name: ALTROUTECAUSETELZ2IP_INDEX
Profile name: Not Profiled
Status Enum: Instant 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: altRouteCause TEL2IPRowStatus
NotReady(3), Profile name: Not Profiled
CreateAndGo(4),
CreateAndWait(5),
Destroy(6)
Release Integer Instant 0 Release Cause
Cause 0-700 Mib name:
altRouteCauseTEL2IPReleaseCause
INI Name:
ALTROUTECAUSETEL2IP_RELEASECAUSE
Profile name: Not Profiled
OAM Guide 176 Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

2.30.6 Tab: Forward On Busy Trunk

Frame: Routing Provisioning, Tab: Forward On Busy Trunk

Parameter Type
Name

Index Integer
0-99

Enum:
Active(1),
NotInServic
e(2),
NotReady(3
),
CreateAndG
0(4),
CreateAnd
Wait(5),
Destroy(6)

Status

Trunk Integer
Group Id 0-99

Forward String
Destinatio, Up to 98
n chars.

Type
NA

Instant

Instant

Instant

Provisioning Default
Value

0

Description

Entry number, starting at 0.

Mib name: forwardOnBusyTrunkDestIindex
INI Name:
FORWARDONBUSYTRUNKDEST_INDEX
Profile name: Not Profiled

Row-Status Textual Conventions as defined in RFC
2579: Textual Conventions for SMIv2

Mib name: forwardOnBusyTrunkDestRowStatus
Profile name: Digital SIP Forward On Busy Trunk
Destination

GwApp Forward On Busy Trunk Destination Table
Mib name: forwardOnBusyTrunkDestTrunkGroupld
INI Name:
FORWARDONBUSYTRUNKDEST_TRUNKGROUPI
D

Profile name: Digital SIP Forward On Busy Trunk
Destination

GwApp Forward On Busy Trunk Destination Table
Mib name:
forwardOnBusyTrunkDestForwardDestination

INI Name:
FORWARDONBUSYTRUNKDEST_FORWARDDES
TINATION

Profile name: Digital SIP Forward On Busy Trunk
Destination
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2.31 Frame: SAS Provisioning

2.31.1 Tab: Stand-Alone Survivability

Frame: SAS Provisioning, Tab: Stand-Alone Survivability

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0
0-0 Mib name:
sasRegistrationManipulationindex
INI Name:
SASREGISTRATIONMANIPULATION_IN
DEX
Profile name: Not Profiled
Enable Enum: Offline 0 Enables SAS functionality
Disable(0), Enable(1) Mib name: sipSASEnable
INI Name: ENABLESAS
Profile name: Digital SIP SAS Profile
Row Status Enum: NA 1 Row-Status Textual Conventions as
Active(1), defined in RFC 2579: Textual
NotInService(2), Conventions for SMIv2
NotReady(3), Mib name:
CreateAndGo(4), sasRegistrationManipulationRowStatus
CreateAndWait(5), Profile name: Digital SIP Survivability
Destroy(6) Profile
Local SIP Integer Instant 5080 | Local SAS SIP port used for signaling
UDP Port 1-65534 over UDP
Mib name: sipSASLocalSIPUdpPort
INI Name: SASLOCALSIPUDPPORT
Profile name: Digital SIP SAS Profile
Remove Integer Instant 0
From Right 0-30 Mib name:
sasRegistrationManipulationRemoveFrom
Right
INI Name:
SASREGISTRATIONMANIPULATION_R
EMOVEFROMRIGHT
Profile name: Digital SIP Survivability
Profile
Default String Instant 0.0.0.0 | SIP SAS default IP address for incoming
Gateway IP Up to 49 chars. requests in emergency mode
Mib name: sipSASDefaultGatewayIP
INI Name: SASDEFAULTGATEWAYIP
Profile name: Digital SIP SAS Profile
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Parameter Type Provisioning Default
Name Type Value

Leave From Integer Instant 0
Right 0-30

Local SIP Integer Instant 5081
TLS Port 1-65534
Registration Integer Instant 20
Time 0-2000000
Local SIP Integer Instant 5080
TCP Port 1-65534
Proxy Set Integer Instant 0
0-5
Redundant Integer Instant -1
Proxy Set -1-5
Binding Enum: Instant 0
Mode URI(0),
UserPartOnly(1)
Survivability Enum: Instant 0
Mode Standard(0),
AlwaysEmergency(1),

IgnoreRegister(2),
AutoAnswerRegister(
3),
UseRoutingTableOnly
InNormalMode(4)

Description
Mib name:
sasRegistrationManipulationLeaveFromRi
ght
INI Name:

SASREGISTRATIONMANIPULATION_LE
AVEFROMRIGHT

Profile name: Digital SIP Survivability
Profile

Local SAS SIP port used for signaling
over TLS

Mib name: sipSASLocalSIPTIsPort
INI Name: SASLOCALSIPTLSPORT
Profile name: Digital SIP SAS Profile

SAS will send this value in expires header
while working in emergency mode

Mib name: sipSASRegistrationTime

INI Name: SASREGISTRATIONTIME
Profile name: Digital SIP SAS Profile

Local SAS SIP port used for signaling
over TCP

Mib name: sipSASLocalSIPTcpPort
INI Name: SASLOCALSIPTCPPORT
Profile name: Digital SIP SAS Profile

Proxy Set Id for SAS

Mib name: sipSASProxySet

INI Name: SASPROXYSET

Profile name: Digital SIP SAS Profile

Proxy Set Id for Redundant SAS

Mib name: sipSASRedundantProxySet
INI Name: REDUNDANTSASPROXYSET
Profile name: Digital SIP SAS Profile

Defines the SAS database binding mode:
0 - URI dependant

1 - according to user part

Mib name: sipSASBindingMode

INI Name: SASBINDINGMODE

Profile name: Digital SIP SAS Profile

Defines the SAS working mode:

0 ? Standard Mode (working with
configured proxy set)

1 ? Always emergency mode (working
without proxy)

2 ? Ignore REGISTER in normal mode
3 ? Auto-answer REGISTER (do not
forward to proxy)

4 ? Use Routing Table only in normal
mode (berfore forward to proxy)

Mib name: sipSASSurvivabilityMode
INI Name: SASSURVIVABILITYMODE
Profile name: Digital SIP SAS Profile
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Parameter Type Provisioning Default
Name Type Value
Enable Enum: Instant

ENUM Disable(0), Enable(1)

Enable Enum: Instant
Record  Disable(0), Enable(1)
Route
SAS Block Enum: Instant
UnRegistere unblock(0), block(1)
d Users
Connection Enum: Instant

Reuse  Disable(0), Enable(1)

Description

Enables SAS to perform ENUM query
when receiving INVITE messages in
emergency mode

Mib name: sipSASEnableENUM

INI Name: SASENABLEENUM
Profile name: Digital SIP SAS Profile

Enables SAS to add record-Route header
to requests

Mib name: sipSASEnableRecordRoute
INI Name: SASENABLERECORDROUTE
Profile name: Digital SIP SAS Profile

Enables SAS to reject dialog-
establishment requests from un-registered
users

Mib name: sipSASBlockUnRegUsers

INI Name: SASBLOCKUNREGUSERS
Profile name: Digital SIP SAS Profile

Re-using TCP/TLS connection in SAS
application.

Mib name: sipSASConnectionReuse
INI Name: SASCONNECTIONREUSE
Profile name: Digital SIP SAS Profile
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2.32 Frame: SBC Manipulations Provisioning

2.32.1 Tab: Inbound

Frame: SBC Manipulations Provisioning, Tab: Inbound

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-99 Mib name: sbclP2IPInboundManipulationindex

INI Name: IPINBOUNDMANIPULATION_INDEX
Profile name: SIP SBC Inbound Manipulation Profile

Row Status Enum: NA 3 Row-Status Textual Conventions as defined in RFC
Active(1), 2579: Textual Conventions for SMIv2
NotInService( Mib name: sbclP2IPInboundManipulationRowStatus
2), Profile name: SIP SBC Inbound Manipulation Profile
NotReady(3),
CreateAndGo
4),
CreateAndWa
it(5),
Destroy(6)
Is Additional Enum: Instant 0
Manipulatio No(0), Yes(1) Mib name:
n sbclP2IPInboundManipulationisAdditionalManipulati
on
INI Name:
IPINBOUNDMANIPULATION_ISADDITIONALMANI
PULATION
Profile name: SIP SBC Inbound Manipulation Profile
Manipulated Enum: Instant 0
URI No(0), Yes(1) Mib name:
sbclP2IPInboundManipulationManipulatedURI
INI Name:
IPINBOUNDMANIPULATION_MANIPULATEDURI
Profile name: SIP SBC Inbound Manipulation Profile
Source IP Integer Instant -1
Group ID -1-31 Mib name:
sbclP2IPInboundManipulationSrclPGrouplD
INI Name:
IPINBOUNDMANIPULATION_SRCIPGROUPID
Profile name: SIP SBC Inbound Manipulation Profile
Source String Instant
Username Up to 50 Mib name:

Prefix chars. sbclP2IPInboundManipulationSrcUsernamePrefix
INI Name:
IPINBOUNDMANIPULATION_SRCUSERNAMEPR
EFIX

Profile name: SIP SBC Inbound Manipulation Profile

Version 6.6 181 December 2012



?E AudioCodes

Mediant 3000 with TP-8410

Parameter Type Provisioning Default Description
Name Type Value
Source Host String Instant
Up to 49 Mib name: sbclP2IPInboundManipulationSrcHost
chars. INI Name:
IPINBOUNDMANIPULATION_SRCHOST
Profile name: SIP SBC Inbound Manipulation Profile
Dest String Instant
Username Up to 50 Mib name:

Prefix chars. sbclP2IPInboundManipulationDestUsernamePrefix
INI Name:
IPINBOUNDMANIPULATION_DESTUSERNAMEP
REFIX
Profile name: SIP SBC Inbound Manipulation Profile

Dest Host String Instant
Up to 49 Mib name: sbclP2IPInboundManipulationDestHost
chars. INI Name:
IPINBOUNDMANIPULATION_DESTHOST
Profile name: SIP SBC Inbound Manipulation Profile
Remove Integer Instant 0
From Left 0-50 Mib name:
sbclP2IPInboundManipulationRemoveFromLeft
INI Name:
IPINBOUNDMANIPULATION_REMOVEFROMLEF
T
Profile name: SIP SBC Inbound Manipulation Profile
Remove Integer Instant 0
From Right 0-50 Mib name:
sbclP2IPInboundManipulationRemoveFromRight
INI Name:
IPINBOUNDMANIPULATION_REMOVEFROMRIG
HT
Profile name: SIP SBC Inbound Manipulation Profile
Leave From Integer Instant 0

Right 0-255 Mib name:
sbclP2IPInboundManipulationLeaveFromRight
INI Name:
IPINBOUNDMANIPULATION_LEAVEFROMRIGHT
Profile name: SIP SBC Inbound Manipulation Profile

Prefix To String Instant
Add Up to 49 Mib name:
chars. sbclP2IPInboundManipulationPrefix2Add
INI Name:
IPINBOUNDMANIPULATION_PREFIX2ADD
Profile name: SIP SBC Inbound Manipulation Profile
Suffix To String Instant
Add Up to 49 Mib name: sbclP2IPInboundManipulationSuffix2Add
chars. INI Name:
IPINBOUNDMANIPULATION_SUFFIX2ADD
Profile name: SIP SBC Inbound Manipulation Profile
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Parameter
Name

Type

Enum:
all(0),
invite(1),
register(2),
subscribe(3),
inviteAndRegi
ster(4),
inviteAndSub
scribe(5)

Request
Type

Provisioning Default

Type

Instant

2.32.2 Tab: Outbound

Frame: SBC Manipulations

Value

0

Description

Mib name:
sbclP2IPInboundManipulationRequestType

INI Name:
IPINBOUNDMANIPULATION_REQUESTTYPE
Profile name: SIP SBC Inbound Manipulation Profile

Provisioning, Tab: Outbound

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-99 Mib name: sbclP2IPOutboundManipulationindex
INI Name: IPOUTBOUNDMANIPULATION_INDEX
Profile name: SIP SBC Outbound Manipulation
Profile
Row Status Enum: NA 3 Row-Status Textual Conventions as defined in RFC
Active(1), 2579: Textual Conventions for SMIv2
NotInService( Mib name:
2), sbclP2IPOutboundManipulationRowStatus
NotReady(3), Profile name: SIP SBC Outbound Manipulation
CreateAndGo Profile
(4),
CreateAndWa
it(5),
Destroy(6)
Is Additional Enum: Instant 0
Manipulatio No(0), Yes(1) Mib name:
n sbclP2IPOutboundManipulationlsAdditionalManipul
ation
INI Name:
IPOUTBOUNDMANIPULATION_ISADDITIONALM
ANIPULATION
Profile name: SIP SBC Outbound Manipulation
Profile
Manipulated Enum: Instant 0
URI Source(0), Mib name:
Destination(1) sbclP2IPOutboundManipulationManipulatedURI
INI Name:
IPOUTBOUNDMANIPULATION_MANIPULATEDU
RI
Profile name: SIP SBC Outbound Manipulation
Profile
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Parameter
Name

Type

Source IP
Group ID

Integer
-1-31

Dest IP
Group ID

Integer
-1-31

Source
Username
Prefix

String
Up to 50
chars.

Source Host String
Up to 49

chars.

Dest
Username
Prefix

String
Up to 50
chars.

Dest Host String
Up to 49

chars.

Remove
From Left

Integer
0-50

Provisioning Default
Type Value

Instant -1

Instant -1

Instant

Instant

Instant

Instant

Instant 0

Description

Mib name:
sbclP2IPOutboundManipulationSrclPGrouplD

INI Name:
IPOUTBOUNDMANIPULATION_SRCIPGROUPID
Profile name: SIP SBC Outbound Manipulation
Profile

Mib name:
sbclP2IPOutboundManipulationDestIPGrouplD

INI Name:
IPOUTBOUNDMANIPULATION_DESTIPGROUPID
Profile name: SIP SBC Outbound Manipulation
Profile

Mib name:
sbclP2IPOutboundManipulationSrcUsernamePrefix
INI Name:
IPOUTBOUNDMANIPULATION_SRCUSERNAME
PREFIX

Profile name: SIP SBC Outbound Manipulation
Profile

Mib name: sbclP2IPOutboundManipulationSrcHost
INI Name:
IPOUTBOUNDMANIPULATION_SRCHOST
Profile name: SIP SBC Outbound Manipulation
Profile

Mib name:
sbclP2IPOutboundManipulationDestUsernamePrefi
X

INI Name:
IPOUTBOUNDMANIPULATION_DESTUSERNAME
PREFIX

Profile name: SIP SBC Outbound Manipulation
Profile

Mib name:
sbclP2IPOutboundManipulationDestHost

INI Name:
IPOUTBOUNDMANIPULATION_DESTHOST
Profile name: SIP SBC Outbound Manipulation
Profile

Mib name:
sbclP2IPOutboundManipulationRemoveFromLeft
INI Name:
IPOUTBOUNDMANIPULATION_REMOVEFROML
EFT

Profile name: SIP SBC Outbound Manipulation
Profile
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Parameter Type Provisioning Default Description
Name Type Value
Remove Integer Instant 0
From Right 0-50 Mib name:
sbclP2IPOutboundManipulationRemoveFromRight
INI Name:
IPOUTBOUNDMANIPULATION_REMOVEFROMRI
GHT
Profile name: SIP SBC Outbound Manipulation
Profile
Leave From Integer Instant 0
Right 0-255 Mib name:
sbclP2IPOutboundManipulationLeaveFromRight
INI Name:
IPOUTBOUNDMANIPULATION_LEAVEFROMRIG
HT
Profile name: SIP SBC Outbound Manipulation
Profile
Prefix To String Instant
Add Up to 49 Mib name:
chars. sbclP2IPOutboundManipulationPrefix2Add
INI Name:
IPOUTBOUNDMANIPULATION_PREFIX2ADD
Profile name: SIP SBC Outbound Manipulation
Profile
Suffix To String Instant
Add Up to 49 Mib name:
chars. sbclP2IPOutboundManipulationSuffix2Add
INI Name:
IPOUTBOUNDMANIPULATION_SUFFIX2ADD
Profile name: SIP SBC Outbound Manipulation
Profile
Request Enum: Instant 0
Type all(0), Mib name:
invite(1), sbclP2IPOutboundManipulationRequestType
register(2), INI Name:
subscribe(3), IPOUTBOUNDMANIPULATION_REQUESTTYPE
inviteAndRegi Profile name: SIP SBC Outbound Manipulation
ster(4), Profile
inviteAndSub
scribe(5)
Re Route IP Integer Instant -1 | ReRoute IP Group ID;The ip group id of
Group ID -1-32 redirect/refer initiator.
Mib name:
sbclP2IPOutboundManipulationReRoutelPGrouplD
INI Name:
IPOUTBOUNDMANIPULATION_REROUTEIPGRO
UPID
Profile name: SIP SBC Outbound Manipulation
Profile
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Parameter Type Provisioning Default Description
Name Type Value
Trigger Enum: Instant 0  Call Trigger.
TriggerAny(0) Mib name: sbclP2IPOutboundManipulationTrigger
, INI Name:
Trigger3xx(1), IPOUTBOUNDMANIPULATION_TRIGGER
TriggerREFE Profile name: SIP SBC Outbound Manipulation
R(2), Profile
Trigger3xxOr
REFER(3),
TriggerlnitialO
nly(4)

2.32.3 Tab: Message

Frame: SBC Manipulations Provisioning, Tab: Message

Parameter Type Provisioning = Default Description
Name Type Value
Index Integer Read-Only 0
0-79 Mib name: sbcMessageManipulationsindex
INI Name:

MESSAGEMANIPULATIONS_INDEX
Profile name: SIP SBC Message
Manipulations Profile

Row Status Enum: NA 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for SMIv2
NotInService(2) Mib name:
, NotReady(3), sbcMessageManipulationsRowStatus
CreateAndGo(4 Profile name: SIP SBC Message
), Manipulations Profile
CreateAndWait
(5), Destroy(6)
Manipulatio Integer Instant 0 Manipulation Set ID.
n Set ID 0-20 Mib name:
sbcMessageManipulationsManipulationSetID
INI Name:

MESSAGEMANIPULATIONS_MANSETID
Profile name: SIP SBC Message
Manipulations Profile

Message String Instant Message type.

Type Up to 49 chars. Mib name:
sbcMessageManipulationsMessageType
INI Name:
MESSAGEMANIPULATIONS MESSAGETY
PE
Profile name: SIP SBC Message
Manipulations Profile

OAM Guide 186 Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

Parameter Type Provisioning = Default Description
Name Type Value
Condition String Instant Message manipulation Condition.
Up to 199 Mib name:
chars. sbcMessageManipulationsCondition
INI Name:
MESSAGEMANIPULATIONS_CONDITION
Profile name: SIP SBC Message
Manipulations Profile
Action String Instant Message manipulation Action Subject.
Subject Upto 99 chars. Mib name:
sbcMessageManipulationsActionSubject
INI Name:
MESSAGEMANIPULATIONS_ACTIONSUBJ
ECT
Profile name: SIP SBC Message
Manipulations Profile
Action Type Enum: Instant 0 Message manipulation Action type.
add(0), Mib name:
remove(l), sbcMessageManipulationsActionType
modify(2), INI Name:
addPrefix(3), MESSAGEMANIPULATIONS_ACTIONTYPE
addSuffix(4), Profile name: SIP SBC Message
removeSuffix(5) Manipulations Profile
removePrefix(6
)
Action String Instant Message manipulation Action value.
Value Up to 199 Mib name:
chars. sbcMessageManipulationsActionValue
INI Name:
MESSAGEMANIPULATIONS_ACTIONVALU
E
Profile name: SIP SBC Message
Manipulations Profile
Row Role Enum: Instant 0 Message manipulation row rule.
matchAndActio Mib name:
n(0), sbcMessageManipulationsRowRole
actionOnly(1) INI Name:
MESSAGEMANIPULATIONS_ROWROLE
Profile name: SIP SBC Message
Manipulations Profile
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2.33 Frame: SBC Provisioning

2.33.1 Tab: General Settings

Frame: SBC Provisioning, Tab: General Settings

Parameter
Name

Type

Enable
ISBC
Application

Enum:
disable(0), enable(1)

Enable
IP2IP
Application

Enum:
disable(0), enable(1)

sbc
Registratio
n Time

Integer
0-2000000

SBC Alert
Timeout

Integer
0-3600

SBC Max
Forwards
Limit

Integer
1-70

Provisioning

Type
Offline

Offline

Instant

Instant

Instant

Default
Value

0

600

10

Description

Enables SBC functionality
Mib name:
sbcEnablelSBCApplication
INI Name:
ENABLESBCAPPLICATION
Profile name: SIP SBC Profile

Enables IP2IP functionality
Mib name:
sbcEnablellP2IPApplication
INI Name:
ENABLEIP2IPAPPLICATION
Profile name: SIP SBC Profile

Expires value SBC responds to user
with. Used when server is offline or
when the user is behind NAT.
Otherwise expires is defined by the
server.

Mib name: sbcRegistrationTime

INI Name:
SBCREGISTRATIONTIME

Profile name: SIP SBC Profile

Maximal time to wait for connect in
SBC (seconds)

Mib name: sbcAlertTimeout

INI Name: SBCALERTTIMEOUT
Profile name: SIP SBC Profile

Limit the value of the Max-Forwards
header.

If the header's value is equal or
smaller than the parameter's value
the header's value will stay as is.

If the header's value is bigger then
the parameter's value the header's
value will be set to the parameter's
value.

Mib name: sbcMaxForwardsLimit
INI Name:
SBCMAXFORWARDSLIMIT
Profile name: SIP SBC Profile
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Parameter
Name

Provisioning
Type

Type

GRUU
Mode

Enum: Instant
None(0), AsProxy(1),
TemporaryOnly(2),

PublicOnly(3), Both(4)

SBC Min
Session
Expired

Integer Instant

90-1000000

Coders In Enum: Instant
Extension |DoesntincludeExtension
Mode s(0),

IncludeExtensions(1)

Serv Auth
Nonce
Duration

Integer Instant

30-600

Serv Auth
Challenge
Method

Integer Instant

0-1

Serv Auth
Qop

Integer Instant

0-2

Default
Value

90

300

Description

SBC GRUU Behavior

0 - None. No GRUU is supplied to
users.

1 - As Proxy. Supply same types of
GRUU as Proxy does.

2 - Temporary only. Supply only
temporary GRUU to users.

3 - Public only. Supply only public
GRUU to users.

4 - Both. Supply temporary and
public GRUU to users.

Mib name: sbcGruuMode

INI Name: SBCGRUUMODE
Profile name: SIP SBC Profile

The minimum amount of time that
can occur between session refresh
requests in a dialog before the
session will be considered timed out.
Mib name: sbcMinSE

INI Name: SBCMINSE

Profile name: SIP SBC Profile

Defines the coders combination in
the outgoing message.

0 - doesn?t include extentions
(default). Extended coders will be
added at the end.

1- Include extentions

Mib name:
sbcCodersInExtensionMode

INI Name:
SBCPREFERENCESMODE
Profile name: SIP SBC Profile

Lifetime of the nonce in seconds.
Mib name:
shcServAuthNonceDuration

INI Name: AUTHNONCEDURATION
Profile name: SIP SBC Profile

Set to 0 to use a www-authenticate
header or 1 to send a proxy-
authenticate header in the message
Mib name:
sbcServAuthChallengeMethod

INI Name:
AUTHCHALLENGEMETHOD
Profile name: SIP SBC Profile

Set to 0 to offer auth, 1 to offer auth-
int or 2 to offer auth, auth-int

Mib name: sbcServAuthQop

INI Name: AUTHQOP

Profile name: SIP SBC Profile
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Parameter Type Provisioning Default Description
Name Type Value
Extensions Enum: Instant 0 Indicates how the registration
Provisionin| disable(0), enable(1) database is provisioned (0) - use
g Mode register request (1) - broadsoft
automatic mode
Mib name:
sbcExtensionsProvisioningMode
INI Name:
SBCEXTENSIONSPROVISIONINGM
ODE
Profile name: SIP SBC Profile
Release Enum: Instant 0 Allows the media to remain active
Ack On disable(0), enable(1) upon receipt of a 401/407 response
Bye Ack by sending a releaseNackEvent,
rather than releaseEvent. Useful for
SIP endpoints that support
authentication.
Mib name: sbcReleaseAckOnByeAck
INI Name:
SBCENABLEBYEAUTHENTICATIO
N
Profile name: SIP SBC Profile
Forking Enum: Instant 0 Decides the handling method to 18X
Handling LatchOnFirst(0), response to forking.The parameter
Mode Sequential(1) only affects the SBC behavior.
Mib name: sbcForkingHandlingMode
INI Name:
SBCFORKINGHANDLINGMODE
Profile name: SIP SBC Profile
Session Integer Instant 180 SBC session refresh timer for
Expires 90-86400 requests in a dialog.
Time Mib name: sbcSessionExpiresTime
INI Name: SBCSESSIONEXPIRES
Profile name: SIP SBC Profile
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2.33.2 Tab: Admission Control

Frame: SBC Provisioning, Tab: Admission Control

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-99 Mib name: sbcAdmissionControlindex

INI Name: SBCADMISSIONCONTROL_INDEX
Profile name: SIP SBC Admission Control Profile

Row Status Enum: NA 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService( Mib name: sbcAdmissionControlRowStatus
2), Profile name: SIP SBC Admission Control Profile
NotReady(3),
CreateAndGo
4),
CreateAndWa
it(5),
Destroy(6)
Limit Type Enum: Instant 0
IpGroup(0), Mib name: sbcAdmissionControlLimitType
SRD(1) INI Name:

SBCADMISSIONCONTROL_LIMITTYPE
Profile name: SIP SBC Admission Control Profile

Ip Group ID Integer Instant -1
-1-31 Mib name: sbcAdmissionControllpGroupID
INI Name:
SBCADMISSIONCONTROL_IPGROUPID
Profile name: SIP SBC Admission Control Profile
Srd ID Integer Instant -1
-1-4 Mib name: sbcAdmissionControlSrdID
INI Name: SBCADMISSIONCONTROL_SRDID
Profile name: SIP SBC Admission Control Profile
Request Enum: Instant 0
Type All(0), Mib name: sbcAdmissionControlRequestType
Invite(1), INI Name:
Subscribe(2), SBCADMISSIONCONTROL_REQUESTTYPE
Other(3) Profile name: SIP SBC Admission Control Profile
Request Enum: Instant 0
Direction Both(0), In(1), Mib name:
Out(2) sbcAdmissionControlRequestDirection
INI Name:
SBCADMISSIONCONTROL_REQUESTDIREC
TION
Profile name: SIP SBC Admission Control Profile
Limit Integer Instant -1
-1- Mib name: sbcAdmissionControlLimit
2147483647 INI Name: SBCADMISSIONCONTROL_LIMIT

Profile name: SIP SBC Admission Control Profile
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Parameter Type Provisioning Default Description
Name Type Value
Limit Per Integer Instant -1
User -1- Mib name: sbcAdmissionControlLimitPerUser
2147483647 INI Name:

SBCADMISSIONCONTROL_LIMITPERUSER
Profile name: SIP SBC Admission Control Profile

Rate Integer Instant 0
0- Mib name: sbcAdmissionControlRate
2147483647 INI Name: SBCADMISSIONCONTROL_RATE
Profile name: SIP SBC Admission Control Profile
Max Burst Integer Instant 0
0- Mib name: sbcAdmissionControlMaxBurst
2147483647 INI Name:

SBCADMISSIONCONTROL_MAXBURST
Profile name: SIP SBC Admission Control Profile

2.33.3 Tab: SBC Registration

Frame: SBC Provisioning, Tab: SBC Registration

Parameter Type Provisioning Default Description
Name Type Value
User Time Integer Instant 0 Expires value SBC responds to user with.
0-2000000 Used when server is offline or when the

user is behind NAT. Otherwise expires is
defined by the server. When the parameter
is set to 0, the SBC does not change the
Expires value, received in the user?s
REGISTER request.

Mib name: sbcRegistrationUserTime

INI Name: SBCUSERREGISTRATIONTIME
Profile name: SIP SBC Profile

Survivability Integer Instant 0 This parameter defines the duration of the
Time 0-2000000 periodic registrations between the user and

the SBC, when the SBC is in survivability
state (the REGISTER request cannot be
forwarded to proxy, and is terminated by the
SBC).
When SBCSurvivabilityRegistrationTime is
set to 0, the SBC will use the value of the
parameter SBCUserRegistrationTime for the
SBC response
Mib name: sbcRegistrationSurvivabilityTime
INI Name:
SBCSURVIVABILITYREGISTRATIONTIME
Profile name: SIP SBC Profile
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Parameter Type Provisioning Default Description
Name Type Value
Proxy Time Integer Instant 0 This parameter defines the duration (in
0-2000000 seconds) in which the user is registered in

the proxy DB, after the REGISTER was
forwarded by SBC. When the parameter is
set to 0, the SBC will send the Expires value
as received from user to the proxy.

Mib name: sbcRegistrationProxyTime

INI Name:
SBCPROXYREGISTRATIONTIME

Profile name: SIP SBC Profile

2.33.4 Tab: SBC Message Policy

Frame: SBC Provisioning, Tab: SBC Message Policy

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-19 Mib name: sbcMessagePolicylndex
Profile name: SIP SBC Message Policy
Profile
Row Status Enum: Instant 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: sbcMessagePolicyRowStatus
NotReady(3), Profile name: SIP SBC Message Policy
CreateAndGo(4), Profile
CreateAndWait(5),
Destroy(6)
Max Integer Instant 32768 Message Policy Table Max Message Length
Message -1-32768 Mib name:
Length sbcMessagePolicyMaxMessagel ength
INI Name:

MESSAGEPOLICY_MAXMESSAGELENGTH
Profile name: SIP SBC Message Policy

Profile
Max Header Integer Instant 512 | Message Policy Table Max Header Length
Length -1-512 Mib name:
sbcMessagePolicyMaxHeaderLength
INI Name:

MESSAGEPOLICY_MAXHEADERLENGTH
Profile name: SIP SBC Message Policy

Profile
Max Body Integer Instant 512 | Message Policy Table Max Body Length
Length -1-1024 Mib name:
sbcMessagePolicyMaxBodyLength
INI Name:

MESSAGEPOLICY_MAXBODYLENGTH
Profile name: SIP SBC Message Policy
Profile
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Parameter Type
Name

Max Num Integer
Headers -1-32

Max Num Integer
Bodies -1-8

Send Enum:
Rejection | sipPolicyReject(0),
sipPolicyDrop(1)

Method List Enum:
Type sipPolicyBlacklist(0),
sipPolicyWhitelist(1)

Method List String
Up to 255 chars.

Body List Enum:
Type sipPolicyBlacklist(0),
sipPolicyWhitelist(1)

Body List String
Up to 255 chars.

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Value

23

Description

Message Policy Table Max Num Headers
Mib name:
sbcMessagePolicyMaxNumHeaders

INI Name:
MESSAGEPOLICY_MAXNUMHEADERS
Profile name: SIP SBC Message Policy
Profile

Message Policy Table Max Num Bodies

Mib name: sbcMessagePolicyMaxNumBodies
INI Name:
MESSAGEPOLICY_MAXNUMBODIES
Profile name: SIP SBC Message Policy
Profile

Message Policy Table Send Rejection

Mib name: sbcMessagePolicySendRejection
INI Name:
MESSAGEPOLICY_SENDREJECTION
Profile name: SIP SBC Message Policy
Profile

Message Policy Table Method List

Mib name: sbcMessagePolicyMethodListType
INI Name:
MESSAGEPOLICY_METHODLISTTYPE
Profile name: SIP SBC Message Policy
Profile

Message Policy Table Method List Type
Mib name: sbcMessagePolicyMethodList
INI Name:
MESSAGEPOLICY_METHODLIST
Profile name: SIP SBC Message Policy
Profile

Message Policy Table Body List Type

Mib name: sbcMessagePolicyBodyListType
INI Name:
MESSAGEPOLICY_BODYLISTTYPE
Profile name: SIP SBC Message Policy
Profile

Message Policy Table Body List

Mib name: sbcMessagePolicyBodyList

INI Name: MESSAGEPOLICY_BODYLIST
Profile name: SIP SBC Message Policy
Profile
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2.34 Frame: SBC Routing Provisioning

2.34.1 Tab: Classification Table

Frame: SBC Routing Provisioning, Tab: Classification Table

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-20 Mib name: sbcClassificationindex

INI Name: CLASSIFICATION_INDEX
Profile name: SIP SBC Classification Profile

Row Status Enum: NA 3 Row-Status Textual Conventions as defined in
Active(1), RFC 2579: Textual Conventions for SMIv2
NotInService(2), Mib name: sbcClassificationRowStatus
NotReady(3), Profile name: SIP SBC Classification Profile
CreateAndGo(4),
CreateAndWait(5),
Destroy(6)
Source IP Integer Instant -1 Source IP group ID.
Group ID -1-31 Mib name: sbcClassificationSrcIPGroupld
INI Name:

CLASSIFICATION_SRCIPGROUPID
Profile name: SIP SBC Classification Profile

Source SRD Integer Instant -1 Source SRD ID.
ID -1-4 Mib name: sbcClassificationSrcSRDId
INI Name: CLASSIFICATION_SRCSRDID
Profile name: SIP SBC Classification Profile

Source String Instant Source address.

Address Up to 70 chars. Mib name: sbcClassificationSrcAddress
INI Name: CLASSIFICATION_SRCADDRESS
Profile name: SIP SBC Classification Profile

Source String Instant Source username prefix.
Username = Up to 50 chars. Mib name:
Prefix sbcClassificationSrcUsernamePrefix
INI Name:

CLASSIFICATION_SRCUSERNAMEPREFIX
Profile name: SIP SBC Classification Profile

Source Host String Instant Source host.
Up to 49 chars. Mib name: sbcClassificationSrcHost
INI Name: CLASSIFICATION_SRCHOST
Profile name: SIP SBC Classification Profile

Destinationt String Instant Destination username prefix.
Username = Up to 50 chars. Mib name:
Prefix sbcClassificationDestUsernamePrefix
INI Name:

CLASSIFICATION_DESTUSERNAMEPREFIX
Profile name: SIP SBC Classification Profile

Destinationt String Instant Destination host.
Host Up to 49 chars. Mib name: sbcClassificationDestHost
INI Name: CLASSIFICATION_DESTHOST
Profile name: SIP SBC Classification Profile
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Parameter

Name

Message
Condition

Type

Type

Instant

2.34.2 Tab: IPto IP Routing

Provisioning Default
Value

-1

Description

Message Condition

Mib name: sbcClassificationMessageCondition
INI Name:
CLASSIFICATION_MESSAGECONDITION
Profile name: SIP SBC Classification Profile

Frame: SBC Routing Provisioning, Tab: IP to IP Routing

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-119 Mib name: sbcRoutingindex
INI Name: IP2IPROUTING_INDEX
Profile name: SIP SBC IP to IP Profile
Row Enum: NA 3 Row-Status Textual Conventions as defined
Status Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMiv2
NotReady(3), Mib name: sbcRoutingRowStatus
CreateAndGo(4), Profile name: SIP SBC IP to IP Profile
CreateAndWait(5),
Destroy(6)
Source IP Integer Instant -1  Source IP group ID.
Group ID -1-31 Mib name: sbcRoutingSrcIPGroupld
INI Name:
IP2IPROUTING_SRCIPGROUPID
Profile name: SIP SBC IP to IP Profile
Source String Instant Source username prefix.
Username Up to 50 chars. Mib name: sbcRoutingSrcUsernamePrefix
Prefix INI Name:
IP2IPROUTING_SRCUSERNAMEPREFIX
Profile name: SIP SBC IP to IP Profile
Source String Instant Source host.
Host Up to 49 chars. Mib name: sbcRoutingSrcHost
INI Name: IP2IPROUTING_SRCHOST
Profile name: SIP SBC IP to IP Profile
Destination String Instant Destination username prefix.
Username Up to 50 chars. Mib name: sbcRoutingDestUsernamePrefix
Prefix INI Name:
IP2IPROUTING_DESTUSERNAMEPREFIX
Profile name: SIP SBC IP to IP Profile
Destination String Instant Destination host.
Host Up to 49 chars. Mib name: sbcRoutingDestHost
INI Name: IP2IPROUTING_DESTHOST
Profile name: SIP SBC IP to IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
Destination Enum: Instant 0 Destination type.
Type ipGroup(0), dest(1), Mib name: sbcRoutingDestType
requestURI(2), INI Name: IP2IPROUTING_DESTTYPE
enumTranslate (3) Profile name: SIP SBC IP to IP Profile
Destination Integer Instant -1 | Destination IP group ID.
IP Group -2-31 Mib name: sbcRoutingDestIPGroupld
ID INI Name:
IP2IPROUTING_DESTIPGROUPID
Profile name: SIP SBC IP to IP Profile
Destination Integer Instant -1 Destination SRD ID.
SRD ID -1-4 Mib name: sbcRoutingDestSRDId
INI Name: IP2IPROUTING_DESTSRDID
Profile name: SIP SBC IP to IP Profile
Destination String Instant Destination Address.
Address Up to 70 chars. Mib name: sbcRoutingDestAddress
INI Name:
IP2IPROUTING_DESTADDRESS
Profile name: SIP SBC IP to IP Profile
Destination Integer Instant 0 Destination Port number.
Port 0-65534 Mib name: sbcRoutingDestPort
INI Name: IP2IPROUTING_DESTPORT
Profile name: SIP SBC IP to IP Profile
Destination Enum: Instant -1 | Destination transport type.
Transport  notConfigured(-1), Mib name: sbcRoutingDestTransportType
Type udp(0), tcp(2), tis(2) INI Name:
IP2IPROUTING_DESTTRANSPORTTYPE
Profile name: SIP SBC IP to IP Profile
Alt Route Enum: Instant 0  Alternative Route Options.
Options routeRow(0), Mib name: sbcRoutingAltRouteOptions
ignorelnputs(1), INI Name:
considerinputs(2) IP2IPROUTING_ALTROUTEOPTIONS
Profile name: SIP SBC IP to IP Profile
Request Enum: Instant 0 Request Type
Type all(0), invite(1), Mib name: sbcRoutingRequestType
register(2), INI Name:
subscribe(3), IP2IPROUTING_REQUESTTYPE
inviteAndRegister(4), Profile name: SIP SBC IP to IP Profile
inviteAndSubscribe(5)
Cost Instant -1 | sbc Routing cost group. This is a pointer to
Group the CostGroup in the costGroupName
Mib name: sbcRoutingCostGroupName
INI Name: IP2IPROUTING_COSTGROUP
Profile name: SIP SBC IP to IP Profile
Message Instant -1 | Message Condition. This is a pointer to the
Condition sbcConditionindex
Mib name: sbcRoutingMessageCondition
INI Name:
IP2IPROUTING_MESSAGECONDITION
Profile name: SIP SBC IP to IP Profile
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Parameter Type Provisioning Default Description
Name Type Value
Re Route Integer Instant -1 The ip group id of redirect/refer initiator.
IP Group -1-32 Mib name: sbcRoutingReRoutelPGrouplD
ID INI Name:

IP2IPROUTING_REROUTEIPGROUPID
Profile name: SIP SBC IP to IP Profile

Trigger Enum: Instant 0  Call Trigger.
TriggerAny(0), Mib name: sbcRoutingTrigger
Trigger3xx(1), INI Name: IP2IPROUTING_TRIGGER
TriggerREFER(2), Profile name: SIP SBC IP to IP Profile
Trigger3xxOrREFER(3),

Triggerlnitialonly(4)

2.34.3 Tab: Alternative Routing Reasons

Frame: SBC Routing Provisioning, Tab: Alternative Routing Reasons

Parameter  Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-4 Mib name: sbcAlternativeRoutingReasonsindex
INI Name:

SBCALTERNATIVEROUTINGREASONS_INDEX
Profile name: SIP SBC Alternative Routing Reasons

Profile
Row Status| Enum: NA 3 Row-Status Textual Conventions as defined in RFC
Active(1), 2579: Textual Conventions for SMIv2
NotInServi Mib name: sbcAlternativeRoutingReasonsRowStatus
ce(2), Profile name: SIP SBC Alternative Routing Reasons
NotReady( Profile
3),
CreateAnd
Go(4),
CreateAnd
Wait(5),
Destroy(6)
Release Integer Instant 0 Release Cause
Cause 0-700 Mib name:
sbcAlternativeRoutingReasonsReleaseCause
INI Name:
SBCALTERNATIVEROUTINGREASONS_RELEASE
CAUSE
Profile name: SIP SBC Alternative Routing Reasons
Profile
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2.34.4 Tab: Condition Table

Frame: SBC Routing Provisioning, Tab: Condition Table

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0
0-19 Mib name: sbcConditionindex
Profile name: SIP SBC Routing Condition
Profile
Row Status Enum: NA 3 Row-Status Textual Conventions as defined
Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMiv2
NotReady(3), Mib name: sbcConditionRowStatus
CreateAndGo(4), Profile name: SIP SBC Routing Condition
CreateAndWait(5), Profile
Destroy(6)
Rule String Instant Each condition is a Boolean expression, up
Up to 298 chars. to 298 characters in length.
Mib name: sbcConditionRule
INI Name:
CONDITIONTABLE_CONDITION
Profile name: SIP SBC Routing Condition
Profile
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2.35 Frame: Security Provisioning

2.35.1 Tab: IPSec Proposal

Frame: Security Provisioning, Tab: IPSec Proposal

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Index Field for line.
0-4 Mib name: acSyslIPsecProposallndex
INI Name: IPSECPROPOSALTABLE_INDEX
Profile name: Not Profiled
IPSec Enum: Offline 0 IPsec Enable flag
Enable No(0), Mib name: acSysIPSecEnable
Yes(1) INI Name: ENABLEIPSEC
Profile name: Not Profiled
Row Status  Enum: NA 0 ROWSTATUS Field for line.
Mib name: acSysIPsecProposalRowStatus
INI Name:
IPSECPROPOSALTABLE_ROWSTATUS
Profile name: Not Profiled
Strict IKE Enum: Instant 0 Enables or disables certificate extension checking
certificate disabled(0), for IKE.
validation ' enabled(1) Mib name: acSysIPSeclKECertificateExtValidate
INI Name: IKECERTIFICATEEXTVALIDATE
Profile name: Not Profiled
Encryption Enum: Online 0 Selects the encryption (privacy) algorithm to use.
Algorithm = none(0), Mib name:
desChbc(1), acSyslPsecProposalEncryptionAlgorithm
tripleDesCh INI Name:
c(2), aes(3) IPSECPROPOSALTABLE_ENCRYPTIONALGORI
THM
Profile name: Not Profiled
Authenticati, Enum: Online 0 Selects the message authentication (integrity)
on Algorithm none(0), algorithm to use.
hmacShal- Mib name:
96(2), acSysl|PsecProposalAuthenticationAlgorithm
hmacMd5- INI Name:
96(4) IPSECPROPOSALTABLE_AUTHENTICATIONALG
ORITHM
Profile name: Not Profiled
DiffieHellma  Enum: Online 0 Selects the Diffie-Hellman group to use.
n Group groupl- Mib name: acSyslIPsecProposalDiffieHellmanGroup
768Bits(0), INI Name: IPSECPROPOSALTABLE_DHGROUP
group2- Profile name: Not Profiled
1024Bits(1)
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2.35.2 Tab: IPSec SA

Frame: Security Provisioning, Tab: IPSec SA

Parameter Type Provisioning Default Description
Name Type Value
Index Integer NA 0 Index Field for line.
0-20 Mib name: acSysIPsecSAlndex

INI Name: IPSECSATABLE_INDEX
Profile name: Not Profiled

Row Status Enum: NA 0 ROWSTATUS Field for line.
Mib name: acSysIPsecSARowStatus
INI Name: IPSECSATABLE_ROWSTATUS
Profile name: Not Profiled

Operational Enum: Online 0 Selects the IPSec mode of operation.;0 =
Mode Transport(0), Transport mode (default);1 = Tunnel mode;
Tunnel(1) Mib name: acSysIPsecSAlPsecMode

INI Name: IPSECSATABLE_IPSECMODE
Profile name: Not Profiled

Remote String Online IP address of the peer router.
Tunnel Up to 45 Mib name: acSysIPsecSARemoteTunnelAddress
Address chars. INI Name:

IPSECSATABLE_ REMOTETUNNELADDRESS
Profile name: Not Profiled

Remote String Online IP address of the remote subnetwork.
Subnet IP Up to 45 Mib name:
Address chars. acSyslIPsecSARemoteSubnetiPAddress
INI Name:

IPSECSATABLE_REMOTESUBNETIPADDRESS
Profile name: Not Profiled

Remote Integer Online 0 Prefix length of the Remote Subnet IP Address
Subnet 0-128 parameter (in bits).
Prefix Mib name:
Length acSyslIPsecSARemoteSubnetPrefixLength
INI Name:
IPSECSATABLE_REMOTESUBNETPREFIXLEN
GTH
Profile name: Not Profiled
Remote String Online IP address or DNS host name of the peer.
Endpoint Up to 98 Mib name:
Address chars. acSysIPsecSARemoteEndpointAddress
INI Name:
IPSECSATABLE_REMOTEENDPOINTADDRESS
ORNAME
Profile name: Not Profiled
Authenticati Enum: Online 0 Selects the method used for peer authentication
on Method presharedKey during IKE main mode.
(0), Mib name: acSysIPsecSAAuthenticationMethod
RSASignature INI Name:
(D) IPSECSATABLE_AUTHENTICATIONMETHOD

Profile name: Not Profiled
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Parameter Type
Name

Shared Key String

Source Port Integer

0-65535
Dest Port Integer
0-65535
Protocol Integer
0-255
Phasel Sa Integer
Lifetime 0-

(Sec) | 2147483647

Phase2 Sa Integer
Lifetime 0-
(Sec) 2147483647

Phase2 Sa Integer
Lifetime 0-
(KB) 2147483647

DPD mode Enum:
DPDDisabled(
0),
DPDPeriodic(
1),
DPDOnDema
nd(2)

Provisioning Default

Type

Online

Online

Online

Online

Online

Online

Online

Online

Description

Defines the pre-shared key (in textual format).
Mib name: acSysIPsecSASharedKey

INI Name: IPSECSATABLE_SHAREDKEY
Profile name: Not Profiled

Defines the source port to which this configuration
applies.

Mib name: acSysIPsecSASourcePort

INI Name: IPSECSATABLE_SOURCEPORT
Profile name: Not Profiled

Defines the destination port to which this
configuration applies.

Mib name: acSysIPsecSADestPort

INI Name: IPSECSATABLE_DESTPORT
Profile name: Not Profiled

Defines the protocol type to which this
configuration applies. Standard IP protocol
numbers should be used, e.g.:;0 = Any protocol
(default);17 = UDP;6 = TCP;

Mib name: acSysIPsecSAProtocol

INI Name: IPSECSATABLE_PROTOCOL
Profile name: Not Profiled

Determines the duration (in seconds) for which the
negotiated IKE SA (main mode) is valid. After the
time expires, the SA is re-negotiated.

Mib name: acSysIPsecSAPhaselSal ifetimelnSec
INI Name:
IPSECSATABLE_PHASE1SALIFETIMEINSEC
Profile name: Not Profiled

Determines the duration (in seconds) for which the
negotiated IPSec SA (quick mode) is valid. After
the time expires, the SA is re-negotiated.

Mib name: acSysIPsecSAPhase2SalifetimelnSec
INI Name:
IPSECSATABLE_PHASE2SALIFETIMEINSEC
Profile name: Not Profiled

Determines the maximum volume of traffic (in
kilobytes) for which the negotiated IPSec SA
(quick mode) is valid.

Mib name: acSysIPsecSAPhase2Sal.ifetimelnKB
INI Name:
IPSECSATABLE_PHASE2SALIFETIMEINKB
Profile name: Not Profiled

Controls dead peer detection (DPD) as per RFC
3706.

Mib name: acSysIPsecSADPDmode

INI Name: IPSECSATABLE_DPDMODE

Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Interface Online Select the OID of the interface name

Name

2.35.3 Tab: Firewall Settings

corresponding to the one appearing in the
interface table.

The OID should be
1.3.6.1.4.1.5003.9.10.10.1.3.1.30.22.1.11.
acSysinterfacelndex

Note: when ignore a default value will be SET: 0.0
Mib name: acSysIPsecSAlnterfaceName

INI Name: IPSECSATABLE_INTERFACENAME
Profile name: Not Profiled

Frame: Security Provisioning, Tab: Firewall Settings

Parameter Type
Name
Index Integer
0-49
Status Enum:
Source IP String

Up to 60 chars.

Start Port Integer
0-65535

End Port Integer
0-65535

Protocol String

Up to 10 chars.

Packet Size Integer
0-65535

Provisioning Default Description
Type Value
NA 0 Index Field for line. Internal parameter.

NA

Online

Online

Online

Online

Online

Mib name: acSysAccessListindex
INI Name: ACCESSLIST_INDEX
Profile name: Not Profiled

0 ROWSTATUS field for line. Internal
parameter.
Mib name: acSysAccessListRowStatus
Profile name: Digital Firewall Profile

Source IP for access rule

Mib name: acSysAccessListSourcelP
INI Name: ACCESSLIST_SOURCE_IP
Profile name: Digital Firewall Profile

0 Port range - start
Mib name: acSysAccessListStartPort
INI Name: ACCESSLIST_START_PORT
Profile name: Digital Firewall Profile

0 Port range - end
Mib name: acSysAccessListEndPort
INI Name: ACCESSLIST_END_PORT
Profile name: Digital Firewall Profile

IP user-level protocol (TCP, UDP, ICMP,
ESP, SIP, MGCP, TPNCP, ANY or numeric
value)

Mib name: acSysAccessListProtocol

INI Name: ACCESSLIST_PROTOCOL
Profile name: Digital Firewall Profile

0 Maximum packet size (0 = unused)
Mib name: acSysAccessListPacketSize
INI Name: ACCESSLIST_PACKET_SIZE
Profile name: Digital Firewall Profile
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Parameter Type Provisioning Default Description
Name Type
Byte Rate Integer Online Allowed traffic in bytes per second (0 =
0-2147483647 unused)
Mib name: acSysAccessListByteRate
INI Name: ACCESSLIST_BYTE_RATE
Profile name: Digital Firewall Profile
Byte Burst Integer Online Allowed traffic burst in bytes (0 = unused)
0-2147483647 Mib name: acSysAccessListByteBurst
INI Name: ACCESSLIST BYTE_BURST
Profile name: Digital Firewall Profile
Allow Type Enum: Online Allow or block traffic matching this rule
notSet(0), allow(1), Mib name: acSysAccessListAllowType
block(2) INI Name: ACCESSLIST_ALLOW_TYPE
Profile name: Digital Firewall Profile
Match Count Integer Read-Only Statistics: number of matched packets
0-65535 Mib name: acSysAccessListMatchCount
INI Name: ACCESSLIST_MATCHCOUNT
Profile name: Digital Firewall Profile
Interface String Online Name of the specific interface the rule applies
Name Up to 15 chars. to. None - default value when no interface
was chosen.
Mib name: acSysAccessListinterfaceName
INI Name: ACCESSLIST_INTERFACE_ID
Profile name: Digital Firewall Profile
Use Specific Enum: Online Rule for specific interface or for the entire
Interface disable(0), interfaces
enable(1) Mib name:
acSysAccessListUseSpecificinterface
INI Name:
ACCESSLIST_USE_SPECIFIC_INTERFACE
Profile name: Digital Firewall Profile
Source Port Integer Online Source Port
0-65535 Mib name: acSysAccessListSourcePort
INI Name: ACCESSLIST_SOURCE_PORT
Profile name: Digital Firewall Profile
Prefix Length Integer Online Prefix length of source IP address (defining a
0-128 subnet).
Mib name: acSysAccessListPrefixLength
INI Name: ACCESSLIST _PREFIXLEN
Profile name: Digital Firewall Profile
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2.36 Frame: SIP Definition Provisioning

2.36.1 Tab: General Settings

Parameter
Name

Gateway
Name

CAS
Configurati
on Enable

Sip
Session
Expires

Enable
Early
Media

Frame: SIP Definition Provisioning, Tab: General Settings

Type Provisioning Default

Type

String Instant
Up to 49 chars.

Enum: Offline
disable(0), enable(1)

Integer Instant
0-86400
Enum: Instant

No(0), Yes(1)

Description

Gateway name

Mib name:
sipMiscGatewayName
INI Name:
SIPGATEWAYNAME
Profile name: Not Profiled

This parameter enables or
disables the possibility CAS
protocol configuration. At
TP6310 When this parameter
is enable the conference will
disabled in case it's relevant.

0 = Disable

1 = Enable

Mib name:
acCasConfigenable

INI Name:
CASPROTOCOLENABLE
Profile name: Digital SIP
Protocol Definitions

The SIP session will be
refreshed (using INVITE)
each time this timer expires
(seconds)

Mib name:
sipMiscSipSessionExpires
INI Name:
SIPSESSIONEXPIRES
Profile name: Digital SIP
Protocol Definitions

Enable Early Media

Mib name:
sipMiscEnableEarlyMedia
INI Name:
ENABLEEARLYMEDIA
Profile name: Digital SIP
Protocol Definitions
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Parameter Type Provisioning Default Description
Name Type Value
Channel Enum: Instant 0 Default method to use for
Selection ByDestPhoneNumber(0), trunk B-channel allocation (IP
Mode CyclicAscending(1), to Tel calls)
AscendingAlways(2), Mib name:
CyclicDescending(3), channelsSettingSelectMode
DescendingAlways(4), INI Name:
ByDestinationPhoneNumberCyclicA CHANNELSELECTMODE
scending(5), Profile name: Digital SIP
BySourcePhoneNumber(6), Protocol Definitions
TrunkCyclicAscending(7),
TrunkAndChannelCyclicAscending(
8), RingToHuntGroup(9),
SelectTrunkBySuppelmentaryServic
esTable(10),
destNumberAndAscending(11)
Fax Used Enum: Instant 0 Enable T.38 Fax signaling
NoFax(0), t38(1), g711(2), Mib name: misclsFaxUsed
fallBack(3) INI Name: ISFAXUSED
Profile name: Digital SIP
Protocol Definitions
Session Enum: Instant 0 Determines the Method
Expires invite(0), update(1) which the SIP session will be
Method using to referesh the session.
Mib name:
sipMiscSessionExpiresMetho
d
INI Name:
SESSIONEXPIRESMETHOD
Profile name: Digital SIP
Protocol Definitions
Minimal Integer Instant 90 | Minimal value for session
Session 10-100000 refresh
Refresh Mib name: sipMiscMinSE
Value INI Name: MINSE
Profile name: Digital SIP
Protocol Definitions
Use SIP Enum: Instant 0 Use Tel uri or Sip uri for
URI For tel(0), sip(1) Diversion header
Diversion Mib name:
Header sipMiscUseSIPURIForDiversi
onHeader
INI Name:
USESIPURIFORDIVERSION
HEADER
Profile name: Digital SIP
Protocol Definitions
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Parameter
Name

Forking
Handling
Mode

Offer
Unencrypt
ed SR
TCP

Source
Number
Preference

IPv6

Type
Type

Enum: Instant

Sequential(0), Parallel(1)

Enum: Instant

Disable(0), Enable(1)

String Instant

Up to 10 chars.

Provisioning Default

Value

0

Description

Decides the handling method
to 18X response to forking

0 - Parallel handling - only
the first 18X response is
handled

1 - Sequential handling - all
the 18X responses are
handled

Mib name:
sipMiscForkingHandlingMode
INI Name:
FORKINGHANDLINGMODE
Profile name: Digital SIP
Protocol Definitions

If set to 1, the 'crypto’
attribute includes the
UNENCRYPTED_SRTCP
parameter. If set to 1, the
UNENCRYPTED_SRTCP
parameter is not included.
Mib name:
sipMiscOfferUnencryptedSR
TCP

INI Name:
OFFERUNENCRYPTEDSRT
CP

Profile name: Digital SIP
Protocol Definitions

Determines from where the
source number shall be taken
from (in an incoming INVITE
request).

Parameter values:

- NULL: no changes in
current logic

- FROM: source number is
taken from 'FROM' field

Mib name:
sipMiscSourceNumberPrefer
ence

INI Name:
SOURCENUMBERPREFER
ENCE

Profile name: Digital SIP
Protocol Definitions
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Parameter
Name

Media IP
Version
Preference

Type

Enum:

onlylPv4(0), onlylPv6(1),
preferlPv4(2), preferlPv6(3)

Provisioning Default
Value

Type

Instant

2.36.2 Tab: Advanced Settings 1

Parameter
Name

Disconnect
On
Detection
End Tones

Disconnect
On
Detection Of
Silence

Enable Busy
Out

Secure Call
From IP

Type

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Enum:
No(0), Yes(1)

Enum:
Disable(0),

SecurelncomingCalls(1),
SecureAllCalls(2)

Provisioning

Type

Instant

Offline

Instant

Instant

Default
Value

1

Description

0 Select the preferred Media IP
version.
Mib name:
gwlPv6MedialPVersionPrefer
ence
INI Name:
MEDIAIPVERSIONPREFER
ENCE
Profile name: Digital SIP
Protocol Definitions

Frame: SIP Definition Provisioning, Tab: Advanced Settings 1

Description

Release call if gateway receives
busy or fast busy tone before the
call is answered

Mib name:
miscDisconnectOnBusyTone

INI Name:
DISCONNECTONBUSYTONE
Profile name: Digital SIP Protocol
Definitions

Disconnect calls on a configured
silence timeout

Mib name:
miscDisconnectOnSilence

INI Name:
ENABLESILENCEDISCONNECT
Profile name: Digital SIP Protocol
Definitions

Take trunks out of service in case
of LAN down

Mib name: miscEnableBusyOut
INI Name: ENABLEBUSYOUT
Profile name: Digital SIP Protocol
Definitions

Gateway will either only accept
calls from IP addresses that are
defined in the Tel to IP Routing
table (1) or handle all calls from/to
IP addresses that are defined in
the Tel to IP Routing table (2)

Mib name: miscSecureCallsFromlip
INI Name:
SECURECALLSFROMIP

Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Static NAT
IP Address

Silence
Detection
Time Out

Subject

Use SIP
TGRP

Send 180
For Call
Waiting

User Agent
Display Info

Provisioning
Type

Offline

Type

String

Integer Offline

10-28800

String Instant

Up to 49 chars.

Enum: Instant

Disable (0), SendOnly
(1), SendAndReceive

(2), Hotline(3),
HotlineExtended(4)

Enum: Instant

Disable(0), Enable(1)

String Instant

Up to 50 chars.

Default
Value

15

120

Description

static NAT IP, to be supported by
the gateway

Mib name: miscStaticNATIP

INI Name: STATICNATIP

Profile name: Digital SIP Protocol
Definitions

Defines the Silence period to be
detected.

Mib name:
miscSilenceDisconnectTimeout

INI Name:
FARENDDISCONNECTSILENCEP
ERIOD

Profile name: Digital SIP Protocol
Definitions

User-defined sip subject

Mib name: sipMiscSubject

INI Name: SIPSUBJECT

Profile name: Digital SIP Protocol
Definitions

Use TGRP parameter O - disable
[Default] , 1 - send only , 2 - send
and use if in the RequestURI when
receiving INVITE, 3 - Hotline, 4 -
Extended Hotline (tgrp added both
to Contact header and to
RequestURI header)

Mib name: sipMiscUseSIPTgrp
INI Name: USESIPTGRP

Profile name: Digital SIP Protocol
Definitions

Send 180 for call waiting. Used for
parties that do not support 182.
Mib name:
sipMiscSend180ForCallWaiting
INI Name:
SEND180FORCALLWAITING
Profile name: Digital SIP Protocol
Definitions

String that will be displayed in the
SIP Header 'User-Agent' or 'Server'
Mib name:
sipMiscUserAgentDisplaylnfo

INI Name:
USERAGENTDISPLAYINFO
Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Enable
GRUU

DNS Query
Type

Enable
History Info

Enable TCP
Connection
Reuse

Comfort
Noise
Negotiation

Multi Ptime
Format

Type

Enum:

Disable(0), Enable(1)

Enum:

ARecord(0), SRV(1),

NAPTR(2)

Enum:

Disable(0), Enable(1)

Enum:

Disable(0), Enable(1)

Enum:

Disable(0), Enable(1)

Enum:
None(0) ,

PacketCable(1)

Provisioning
Type

Instant

Instant

Instant

Instant

Instant

Instant

Default
Value

Description

Obtain and use GRUU (Global
Routable UserAgentURISs)

Mib name: sipMiscEnableGRUU
INI Name: ENABLEGRUU
Profile name: Digital SIP Protocol
Definitions

DNS Query Type: 0-ARecord, 1-
SRV, 2-NAPTR . Has effect on
every DNS query in the system
Mib name: sipMiscDNSQueryType
INI Name: DNSQUERYTYPE
Profile name: Digital SIP Protocol
Definitions

Enable History-Info header support
Mib name:
sipMiscEnableHistoryInfo

INI Name: ENABLEHISTORYINFO
Profile name: Digital SIP Protocol
Definitions

Enable reuse of TCP connection
Mib name:
sipMiscEnableTCPConnectionReu
se

INI Name:
ENABLETCPCONNECTIONREUS
E

Profile name: Digital SIP Protocol
Definitions

is CN payload type is used and
being negotiate

Mib name:
sipMiscComfortNoiseNegotiation
INI Name:
COMFORTNOISENEGOTIATION
Profile name: Digital SIP Protocol
Definitions

Format of multiple ptime (ptime per
coder) in outgoing SDP

Mib name:
sipMiscMultiPtimeFormat

INI Name: MULTIPTIMEFORMAT
Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

RTP Only
Mode

Enable
Reason
Header

3XX
Behavior

Enable
Semi
Attended
Transfer

Provisioning
Type

Type

Enum: Instant
Disable(0),
TransmitNReceive(1),
TransmitOnly(2),

ReceiveOnly(3)

Enum: Instant

Disable(0), Enable(1)

Enum: Instant

Forward(0), Redirect(1)

Enum: Instant

Disable(0), Enable(1)

Default
Value

Description

On RTP only mode their is no
signalling protocol (for media
parameters negotiation with the
remote side). The channel is open
immediately. The IP for the media
is taken from the routing table. The
RTP ports are corresponding to the
local side ports.

RTP-Only mode Values:

0 - regular call establishment

1 - No Signalling. The RTP channel
open for Rx And Tx

2- No Signalling. The RTP channel
open only for Tx

3 - No Signalling. The RTP channel
open only for Rx

Mib name: sipMiscRTPOnlyMode
INI Name: RTPONLYMODE
Profile name: Digital SIP Protocol
Definitions

Enable Reason header in the
outgoing messages

Mib name:
sipMiscEnableReasonHeader

INI Name:
ENABLEREASONHEADER
Profile name: Digital SIP Protocol
Definitions

3xx response behavior:

Forwarding behavior - use different
call identifiers

Redirect behavior - use the same
call identifiers: From, To And CalllD
Mib name: sipMisc3xxBehavior

INI Name: 3XXBEHAVIOR

Profile name: Digital SIP Protocol
Definitions

Semi-Attended Transfer when the
session to the Target is not
established.

false - Use REFER with Replaces.
true - Use CANCEL and REFER
without Replaces if session is not
established

Mib name:
sipMiscEnableSemiAttendedTransf
er

INI Name:
ENABLESEMIATTENDEDTRANS
FER

Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Enable
VMURI

Use URL In
Refer To
Header

SDP
Session
Owner

Options
User Part

Application
Profile

T38

Ip2ip
Transfer
Mode

Type
Enum:

Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

String
Up to 39 chars.

String
Up to 30 chars.

Integer

0-2000000

Enum:
Disable(0), Enable(1)

Provisioning

Type

Instant

Instant

Instant

Instant

Offline

Instant

Default
Value

0

Audiocodes
GW

Description

Enable History-Info header support
Mib name: sipMiscEnableVMURI
INI Name: ENABLEVMURI

Profile name: Digital SIP Protocol
Definitions

If enabled, we will use URI from
To/From headers in Refer-To
header. If disabled, we will take the
URI from Contact

Mib name:
sipMiscUseAORInReferToHeader
INI Name:
USEAORINREFERTOHEADER
Profile name: Digital SIP Protocol
Definitions

The SDP owner string

Mib name:
sipMiscSDPSessionOwner

INI Name:
SIPSDPSESSIONOWNER
Profile name: Digital SIP Protocol
Definitions

Allow to configure the OPTIONS
userpart string for all gateways.
The default value should be empty
string which means that we don't
use this parameter. Another special
value is "empty" which means that
the we don't populate the user part
of the OPTIONS request URI.

Any other value will be taken as is
and used as the user part of the
OPTIONS request URI.

Mib name:
SipMiscOPTIONSUserPart

INI Name: OPTIONSUSERPART
Profile name: Digital SIP Protocol
Definitions

ApplicationProfile, read it later for
validating that the board is theirs.
Mib name:
sipMiscApplicationProfile

INI Name: APPLICATIONPROFILE
Profile name: Digital SIP Protocol
Definitions

IP2IP Transfer Mode.

Mib name: misclp2lpXferMode

INI Name: IP2IPTRANSFERMODE
Profile name: Digital SIP Protocol
Definitions
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Parameter Type
Name
Service Enum:
Domain Disable(0), Enable(1)

T38 Use Enum:
RTP Port | Disable(0), Enable(1)
T38 Max Integer
Datagram 122-1024
Size
T38 Fax Integer
Max Buffer 500-3000
Size
SIP T38 Enum:
Version NotConfigured(-1),

Version0(0), Version3(3)

T38 Fax Enum:
Sess Imm Disable(0),
Start EnableOnFaxInSDP(1),
EnableOnBothFaxAndVo
iceInSDP(2)

Digital
Settings

Provisioning

Type

Instant

Instant

Instant

Instant

Instant

Instant

Default
Value

122

1024

Description

Specifies ENUM domain using for
ENUM resolution. Default value = 0
means the using of e164.arpa;
value = 1 - use nrenum.net

Mib name:
miscENUMServiceDomain

INI Name: ENUMSERVICE

Profile name: Digital SIP Protocol
Definitions

T.38 packets will be received on
RTP port

Mib name: miscT38UseRTPPort
INI Name: T38USERTPPORT
Profile name: Digital SIP Protocol
Definitions

T.38 coder - Max Datagram Size
Mib name:
miscT38MaxDatagramSize

INI Name:
T38MAXDATAGRAMSIZE
Profile name: Digital SIP Protocol
Definitions

Defines the fax max buffer size in
T38 SDP negotiation.

Mib name:
miscT38FaxMaxBufferSize

INI Name:
T38FAXMAXBUFFERSIZE
Profile name: Digital SIP Protocol
Definitions

SIP T38 Version

Mib name: miscSIPT38Version
INI Name: SIPT38VERSION
Profile name: Digital SIP Protocol
Definitions

T38 Fax Session Immediate Start
(Fax behind NAT).

Mib name:
miscT38FaxSessImmsStart

INI Name:
T38FAXSESSIONIMMEDIATESTA
RT

Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Type

RFC 2833
Payload

Type

Integer
96-127

Is CISCO
Sce Mode

Enum:
Disable(0), Enable(1)

SIP 183
Behaviour

Enum:
Disable(0), Enable(1)

Use To
Header As
Called Num

Enum:
Disable(0), Enable(1)

Use EP Enum:
Numbuer As Disable(0), Enable(1)
Calling
Number Tel
to IP

Use EP
Number As
Calling
Number IP
to Tel

Enum:
Disable(0), Enable(1)

Provisioning
Type

Online

Instant

Instant

Instant

Instant

Instant

Default
Value

0

Description

control the RFC 2833 Relay RTP
Payload type.

Mib name:
miscRFC2833PayloadType

INI Name:
RFC2833TXPAYLOADTYPE
Profile name: Digital SIP Protocol
Definitions

In use with G.729 - if enabled and
SCE=2 then AnnexB=no

Mib name: misclsCiscoSceMode
INI Name: ISCISCOSCEMODE
Profile name: Digital SIP Protocol
Definitions

If this parameter set to 1, ALERT to
ISDN will be sent upon 183 receive
Mib name:
sipMiscSIP183Behaviour

INI Name: SIP183BEHAVIOUR
Profile name: Digital SIP Protocol
Definitions

Use the user part of To header
URL as called number (IP->TEL)
Mib name:
sipMiscUseToHeaderAsCalledNum
INI Name:
ISUSETOHEADERASCALLEDNU
MBER

Profile name: Digital SIP Protocol
Definitions

Use EndPoint Number As Calling
Number Tel2IP

Mib name:
sipMiscUseEPNumAsCallingNumT
el2IP

INI Name:
USEEPNUMASCALLINGNUMTEL
2IP

Profile name: Digital SIP Protocol
Definitions

Use EndPoint Number As Calling
Number IP2Tel

Mib name:
sipMiscUseEPNumAsCallingNuml
P2Tel

INI Name:
USEEPNUMASCALLINGNUMIP2T
EL

Profile name: Digital SIP Protocol
Definitions
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2.36.3 Tab: Advanced Settings 2

Parameter
Name

T1RTX

T2 RTX

Max RTX

Is RTX

Enable

Retry After
Time

TCP
Timeout

Enable P
Time

P Asserted

User Name

Frame: SIP Definition Provisioning, Tab: Advanced Settings 2

Type

Integer
100-4000

Integer
100-10000

Integer
1-30

Enum:
No(0), Yes(1)

Integer
0-3600

Integer
0-60

Enum:

Disable(0), Enable(1)

String

Up to 50 chars.

Provisioning Default

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Value

500

4000

Description

SIP T1 timeout for retransmission
Mib name: sipRetransmissionT1Rtx
INI Name: SIPT1RTX

Profile name: Digital SIP Protocol
Definitions

SIP T2 timeout for retransmission
Mib name: sipRetransmissionT2Rtx
INI Name: SIPT2RTX

Profile name: Digital SIP Protocol
Definitions

Maximum number of retransmissions
Mib name: sipRetransmissionSipMaxRtx
INI Name: SIPMAXRTX

Profile name: Digital SIP Protocol
Definitions

is Rtx timer enabled

Mib name: sipRetransmissionlsRtxEnable
INI Name: ISRTXENABLE

Profile name: Digital SIP Protocol
Definitions

Retry After time for the proxy to be in state
Unavailable

Mib name:
sipRetransmissionRetryAfterTime

INI Name: RETRYAFTERTIME

Profile name: Digital SIP Protocol
Definitions

SIP TCP time out (influence timerB and
Timer F)

Mib name: sipRetransmissionTCPTimeout
INI Name: SIPTCPTIMEOUT

Profile name: Digital SIP Protocol
Definitions

is ptime parameter needed in sdp
Mib name:
sipRetransmissionEnablePTime
INI Name: ENABLEPTIME
Profile name: Digital SIP Protocol
Definitions

Digit pattern used to indicate Call Forward
on Do Not Disturb (PBX to VoiceMail)

Mib name: sipMiscPAssertedUserName
INI Name: PASSERTEDUSERNAME
Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Provisioning Default
Type Value

Type

Enable P Enum: Instant 0
Charging ' Disable(0), Enable(1)

Vector

Enable P Enum: Instant 0
Associated Disable(0), Enable(1)
URI

Header

Enable RPI
Header

Enum: Instant 0

No(0), Yes(1)

Add Ton 2
RPI

Enum: Instant 1

Disable(0), Enable(1)

Enum: Instant 1

No(0), Yes(1)

Is User
Phone

Prack
Mode

Enum: Instant 1
Disabled(0),
Supported(1),

Required(2)

X Channel
Header

Enum: Instant 0

Disable(0), Enable(1)

Description

Generate P-Charging-Vector header
[0] - disabled

[1] - enabled

Mib name:
sipMiscEnablePChargingVector

INI Name:
ENABLEPCHARGINGVECTOR
Profile name: Digital SIP Protocol
Definitions

Handles the P-Associated-URI header in
a 2000K response for a REGISTER
request

Mib name:
sipMiscEnablePAssociatedURIHeader
INI Name:
ENABLEPASSOCIATEDURIHEADER
Profile name: Digital SIP Protocol
Definitions

Enable Remote-Party-ID header
Mib name: sipMiscEnableRpiHeader
INI Name: ENABLERPIHEADER
Profile name: Digital SIP Protocol
Definitions

Add Number Type and Plan to Remote-
Party-1D header

Mib name: sipMiscAddTon2Rpi

INI Name: ADDTON2RPI

Profile name: Digital SIP Protocol
Definitions

Add User=Phone parameter to SIP URL
Mib name: sipMisclsUserPhone

INI Name: ISUSERPHONE

Profile name: Digital SIP Protocol
Definitions

PRACK mechanism mode for 1XX reliable
responses: 0- Disabled , 1- Supported , 2-
Required

Mib name: sipMiscPrackMode

INI Name: PRACKMODE

Profile name: Digital SIP Protocol
Definitions

0 (default): No special header 1:Add
special header for trunk and B-Channel
Mib name: sipMiscXChannelHeader
INI Name: XCHANNELHEADER
Profile name: Digital SIP Protocol
Definitions
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Parameter Type
Name
Asserted Enum:
ID Mode = NoHeaderAdded(0),
PAssertedldRFC3325(
1),
PPreferreddldRFC332
5(2)
Is User Enum:

Phone In | Disable(0), Enable(1)
From

Enable CIC Enum:
No(0), Yes(1)
ISub Integer
Number Of 0-36
Digits
Enables Enum:

Detection | Disable(0), Enable(1)
of FAX on

Answer
Tone
Default Integer
Release 1-128
Cause
Enable Fax Enum:

Rerouting = Disable(0), Enable(1)

Maximum Integer
Concurrent 1-19200
Calls

Type

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Instant

Provisioning Default
Value

0

Description

Select Asserted Identity header method
Mib name: sipMiscAssertediIDMode

INI Name: ASSERTEDIDMODE

Profile name: Digital SIP Protocol
Definitions

Add 'User=Phone' to From header

Mib name: sipMisclsUserPhonelnFrom
INI Name: ISUSERPHONEINFROM
Profile name: Digital SIP Protocol
Definitions

Enables CIC -> ISDN TNS IE interworking
Mib name: sipMiscEnableCIC

INI Name: ENABLECIC

Profile name: Digital SIP Protocol
Definitions

Number of digits that will be taken from
end of phone number as Subaddress
Mib name: sipMisclSubNumberOfDigits
INI Name: ISUBNUMBEROFDIGITS
Profile name: Digital SIP Protocol
Definitions

Start T.38 fax procedure after fax answer
tone detection or after HDLC preamble
signal detection

Mib name: miscDetFaxOnAnswerTone
INI Name: DETFAXONANSWERTONE
Profile name: Digital SIP Protocol
Definitions

The release cause that will be sent to IP
or to Tel when gateway initiates release
by itself

Mib name: miscDefaultReleaseCause
INI Name: DEFAULTRELEASECAUSE
Profile name: Digital SIP Protocol
Definitions

Enable rerouting of FAX calls to FAX
destination

Mib name: miscEnableFaxRerouting
INI Name: ENABLEFAXREROUTING
Profile name: Digital SIP Protocol
Definitions

Limit the number of calls that the gateway
can handle at the same time

Mib name:
resourceManagementMaxActiveCalls

INI Name: MAXACTIVECALLS

Profile name: Digital SIP Protocol
Definitions
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Parameter Type Provisioning Default Description
Name Type Value
Disconnect Enum: Instant 1 Disconnect calls on receiving RTP broken
Calls on | Disable(0), Enable(1) notification
Broken Mib name:
Connection resourceManagementDisconnectOnBroke
nConnection
INI Name:
DISCONNECTONBROKENCONNECTIO
N
Profile name: Digital SIP Protocol
Definitions
Max Call Integer Instant 0 Limit the call time duration (minutes); 0 =
Duration 0-35791 no limit
Mib name:
resourceManagementMaxCallDuration
INI Name: MAXCALLDURATION
Profile name: Digital SIP Protocol
Definitions
Time Out Integer Instant 10000  Amd Detection Timeout
1-30000 Mib name: aMDTimeOut
INI Name: AMDTIMEOUT
Profile name: Digital SIP Protocol
Definitions
Indications Enum: Instant 0 Which Authentication, Authorization and
None(0), Accounting indications to use
AuthorizeAndAuthentic Mib name: aaalndications
ate(1), FullReport(2), INI Name: AAAINDICATIONS
AccountingOnly(3) Profile name: Digital SIP Protocol
Definitions
Radius Enum: Instant 0 When will Radius Acounting messages be
Accounting release(0), sent
Type |connectAndRelease(1) Mib name: aaaRadiusAccountingType
, setupAndRelease(2) INI Name: RADIUSACCOUNTINGTYPE
Profile name: Digital SIP Protocol
Definitions
Mutual Enum: Instant 0 Mutual Authentication Mode: 0 - Optional,
Authenticat Optional(0), 1 - Mandatory
ion Mode Mandatory(1) Mib name:
sipAuthMutualAuthenticationMode
INI Name:
MUTUALAUTHENTICATIONMODE
Profile name: Digital SIP Protocol
Definitions
OAM Guide 218 Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

Parameter Type Provisioning Default
Name Type Value
Challenge Enum: Instant 0
Caching NoCaching(0),
Mode InviteOnly(1),

FullCaching(2)

IP Alert Integer Instant 180
Timeout 0-3600

PSTN Alert Integer Instant 180
Timeout 1-600

Enable Enum: Instant 0
Contact @ Disable(0), Enable(1)
Restriction

Enable Enum: Offline 0
Digit Disable(0), Enable(1)
Delivery To
IP

Description

0. No caching mode ? don't cache any
challenges. Every new request will be
sent without preliminary authorization. If
the request is challenged ? new request
with authorization data will be sent.

1. Cache for INVITE mode ? challenges
issued for INVITE request and within the
session will be cached. This will prevent
the mixture of REGISTER and INVITE
authorizations.

2. Full cache mode ? cache any
challenges from the proxies.

Mib name:
sipAuthChallengeCachingMode
INI Name:
SIPCHALLENGECACHINGMODE
Profile name: Digital SIP Protocol
Definitions

Maximal time to wait for connect from IP
(seconds)

Mib name: acTimersIPAlertTimeout

INI Name: IPALERTTIMEOUT

Profile name: Digital SIP Protocol
Definitions

Max time (in seconds) to wait for connect
from PSTN

Mib name: acTimersPSTNAlertTimeout
INI Name: PSTNALERTTIMEOUT
Profile name: Digital SIP Protocol
Definitions

Hides the user part of the URI in the
Contact Header

0 - Disable

1 - Enable

Mib name:
sipMiscEnableContactRestriction
INI Name:
ENABLECONTACTRESTRICTION
Profile name: Digital SIP Protocol
Definitions

Enable automatic digit delivery to IP side
after call is connected

Mib name: routingEnableDigitDelivery2IP
INI Name: ENABLEDIGITDELIVERY2IP
Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Provisioning Default
Type Value

Type

Fax CNG
Mode

Enum: Instant 0

Disable(0), Enable(1)

AAS Enum:
Packages  TD-51standard(0), H-
248-9standard(1),
MGCP-Packet-
Cable(2), SIP-
MSCML(3)

Offline 0

Graceful Instant 0
Busy Out

Timeout

Integer
0-3600

Reliable Enum: Instant 0
Connection Disable(0), Enable(1)
Persistent

Mode

WAN IP
Address

IPAddress Instant 0

Description

Enables sending of Relnvite on detection
of FAX CNG tone when
CNGDetectorMode=1

Mib name: miscFaxCNGMode

INI Name: FAXCNGMODE

Profile name: Digital SIP Protocol
Definitions

Selects the profile for the Advanced Audio
Syntax specification.

0 = TD-51 standard

1 = H.248.9 standard

2 = MGCP Packet Cable

3 =SIP MSCML

Mib name: acMCProfileAASPackages
INI Name: AASPACKAGESPROFILE
Profile name: Digital SIP Protocol
Definitions

Graceful Busy Out Timeout in seconds.
Sets the time before a busy out signal will
be sent to a trunk even if there are still
active calls on the trunk.

Mib name: miscGracefulBusyOutTimeout
INI Name:
GRACEFULBUSYOUTTIMEOUT

Profile name: Digital SIP Protocol
Definitions

if setto 1 - All TCP/TLS connections will
be set as persistent and will not be
released

Mib name:
miscReliableConnectionPersistentMode
INI Name:
RELIABLECONNECTIONPERSISTENTM
ODE

Profile name: Digital SIP Protocol
Definitions

Sets the WAN address to be used by
VOIP signalling applications.

Range = IPv4 address in dotted decimal
notation

XXX XXX XXX XXX

Default = 0.0.0.0

Mib name: miscWANIPAddress

INI Name: WANIPADDRESS

Profile name: Digital SIP Protocol
Definitions
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Parameter Type
Name
Enable Enum:

Delayed | Disable(0), Enable(1)
Offer

Key Call String
Pickup Up to 15 chars.
Enable Enum:

RFC 4117 Disable(0), Enable(1)
Transcodin

g

Enable Enum:
Single DSP| Disable(0), Enable(1)
Transcodin

g

Enable Enum:

Network = Disable(0), Enable(1)
ISDN

Transfer

Enable Enum:

VXML | Disable(0), Enable(1)
Enable Enum:

Early 183 | disable(0), enable(1)

Type

Instant

Instant

Offline

Offline

Instant

Offline

Instant

Provisioning Default
Value

Description

Send INVITE message with/without sdp
offer.

[0] - (default) means SDP will be offered in
the INVITE message.

[1] - means SDP will be offered by the
other side in the first reliable response(1xx
or 200 OK INVITE).

Mib name: miscEnableDelayedOffer

INI Name: ENABLEDELAYEDOFFER
Profile name: Digital SIP Protocol
Definitions

Keying sequence for performing call
pickup

Mib name: miscKeyCallPickup

INI Name: KEYCALLPICKUP
Profile name: Digital SIP Protocol
Definitions

Enable transcoding call RFC4117
Mib name:
miscEnableRFC4117Transcoding
INI Name:
ENABLERFC4117TRANSCODING
Profile name: Digital SIP Protocol
Definitions

Enable/Disable using single DSP for g711
<--> LBR coder

Mib name:
miscEnableSingleDSPTranscoding

INI Name:
ENABLESINGLEDSPTRANSCODING
Profile name: Digital SIP Protocol
Definitions

if set to O reject ISDN transfer request
Mib name:
miscEnableNetworkISDNTransfer

INI Name:
ENABLENETWORKISDNTRANSFER
Profile name: Digital SIP Protocol
Definitions

Enables/disables the VXML stack.

O=Disable

1=Enable

Mib name: acCPVxmlIEnableVXML
INI Name: ENABLEVXML

Profile name: Digital SIP Protocol
Definitions

Enable Early 183

Mib name: miscEnableEarly183
INI Name: ENABLEEARLY183
Profile name: Digital SIP Protocol
Definitions
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Parameter
Name

Provisioning Default
Type Value

Type

Max SIP
Message
Length

Integer Instant 50

1-50

QoS
Statistics

Enum: Instant 0

disable(0), enable(1)

Fake Retry Enum: Instant 0

After

Enum: Instant 0

Disable(0), Enable(1)

Enable
Rekey
After 181

Use Enum: Instant 0
Destination Disable(0), Enable(1)

As
Connected

Number

Select Enum: Instant 0
Source useRequestURIHeade

Header For r(0), useToHeader(1),
Called usePCalledPartylDHea

Number der(2)

Description

Limit the maximum length in KB for SIP
message

Mib name: miscMaxSIPMessagelLength
INI Name: MAXSIPMESSAGELENGTH
Profile name: Digital SIP Protocol
Definitions

Whether or not add statistics to call
release

Mib name: miscQoSStatistics

INI Name: QOSSTATISTICS
Profile name: Digital SIP Protocol
Definitions

0 - disabled.

Any positive value - when the GW
receives 503 without Retry-After
response-header, it will behave as the 503
response includes a Retry-After response-
header with the period specified by this
parameter

Mib name: miscFakeRetryAfter

INI Name: FAKERETRYAFTER

Profile name: Digital SIP Protocol
Definitions

Send Reinvite after 181 (Call Is Being
Forwarded) with new generated STRTP
keys.

Mib name: sipMiscEnableRekeyAfter181
INI Name: ENABLEREKEYAFTER181
Profile name: Digital SIP Protocol
Definitions

Use Destination As Connected Number
Mib name:
sipMiscUseDestinationAsConnectedNumb
er

INI Name:
USEDESTINATIONASCONNECTEDNUM
BER

Profile name: Digital SIP Protocol
Definitions

Select source header for called number
(IP->TEL), either from the user part of To
header or the P-Called-Party-ID header.
0- use RequestURI header

1- use To header

2- use P-Called-Party-ID header

Mib name:
miscSelectSourceHeaderForCalledNumb
er

INI Name:
SELECTSOURCEHEADERFORCALLED
NUMBER

Profile name: Digital SIP Protocol
Definitions

OAM Guide 222

Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

Parameter
Name

Empty
Authorizati
on Header

Call Xfer
Using
Reinvites

SIP
Registratio
n Action

Type

Enum:
Disable(0), Enable(1)

Enum:
Disable(0), Enable(1)

Enum:
unRegisterGW(0),
unRegisterChannelsTa
ble(1),
unRegisterAccountTab
le(2),
unRegisterlsdnSuppSe
rvTable(3),
RegisterGW(16),
RegisterChannelsTabl
e(17),
RegisterAccountTable(
18),
RegisterlsdnSuppServ
Table(19)

Provisioning Default
Value

Description

If empty Authorization header should be
added into Register request

Mib name:
miscEmptyAuthorizationHeader

INI Name:
EMPTYAUTHORIZATIONHEADER
Profile name: Digital SIP Protocol
Definitions

Enable Call Transfer service using
reinvites.

Mib name: miscCallXferUsingReinvites
INI Name:
ENABLECALLTRANSFERUSINGREINVI
TES

Profile name: Digital SIP Protocol
Definitions

Register and unregister gateway and
tables.

Mib name: miscSIPRegistrationAction
INI Name: SHOULDREGISTER
Profile name: Digital SIP Protocol
Definitions
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2.36.4 Tab: Account Table

Frame: SIP Definition Provisioning, Tab: Account Table

Parameter Type Provisioning Default Description
Name Type Value
Account Integer Read-Only 0
Index 0-31 Mib name: accountindex
INI Name: ACCOUNT_INDEX
Profile name: Not Profiled
Account Row Enum: NA 3 Row-Status Textual Conventions as defined
Status Active(1), in RFC 2579: Textual Conventions for
NotInService(2), SMiv2
NotReady(3), Mib name: accountRowStatus
CreateAndGo(4), Profile name: Not Profiled
CreateAndWait(5),
Destroy(6)
Account Integer Instant -1 GwApp Accounts table
Served Trunk -1-100 Mib name: accountServedTrunkGroup
Group INI Name:
ACCOUNT_SERVEDTRUNKGROUP
Profile name: Not Profiled
Account Integer Instant -1 GwApp Accounts table
Served IP -1-31 Mib name: accountServedIPGroup
Group INI Name: ACCOUNT_SERVEDIPGROUP
Profile name: Not Profiled
Account Integer Instant 1 GwApp Accounts table
Serving IP 1-31 Mib name: accountServingIPGroup
Group INI Name: ACCOUNT_SERVINGIPGROUP
Profile name: Not Profiled
Account String Instant GwApp Accounts table
Username Up to 50 chars. Mib name: accountUsername
INI Name: ACCOUNT_USERNAME
Profile name: Not Profiled
Account String Instant GwApp Accounts table
Password Up to 50 chars. Mib name: accountPassword
INI Name: ACCOUNT_PASSWORD
Profile name: Not Profiled
Account Host String Instant GwApp Accounts table
Name Up to 49 chars. Mib name: accountHostName
INI Name: ACCOUNT_HOSTNAME
Profile name: Not Profiled
Account Enum: Instant 0 GwApp Accounts table
Register no(0), yes(1) Mib name: accountRegister
INI Name: ACCOUNT_REGISTER
Profile name: Not Profiled
Account String Instant GwApp Accounts table
Contact User  Up to 50 chars. Mib name: accountContactUser
INI Name: ACCOUNT_CONTACTUSER
Profile name: Not Profiled
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2.36.5 Tab: Registration

Frame: SIP Definition Provisioning, Tab: Registration

Parameter Type Provisioning Default Description
Name Type Value
Is Register Enum: Instant 0 Is Proxy registration necessary
Needed No(0), Yes(1) Mib name: sipRegistrationlsNeeded
INI Name: ISREGISTERNEEDED
Profile name: Digital SIP Protocol Definitions
Registrar IP String Instant SIP Registrar IP address
Up to 49 chars. Mib name: sipRegistrationIP
INI Name: REGISTRARIP
Profile name: Digital SIP Protocol Definitions
Registration Integer Instant 180 | Time for which registration to
Time 10-2000000 Gatekeeper/Proxy is valid. Causes periodic
registration (seconds)
Mib name: sipRegistrationTime
INI Name: REGISTRATIONTIME
Profile name: Digital SIP Protocol Definitions
Registration Integer Instant 10 | Time in which the gateway will try to register
Retry Time 10-2000000 after last registration failure (seconds)
Mib name:
sipRegistrationRegistrationRetryTime
INI Name: REGISTRATIONRETRYTIME
Profile name: Digital SIP Protocol Definitions
Registrar String Instant SIP Registrar name
Name Up to 49 chars. Mib name: sipRegistrationRegistrarName
INI Name: REGISTRARNAME
Profile name: Not Profiled
Time Divider Integer Instant 50 | Percentage of RegistrationTime when the
30-100 actual new REGISTER request will be sent out
Mib name: sipRegistrationTimeDivider
INI Name: REGISTRATIONTIMEDIVIDER
Profile name: Digital SIP Protocol Definitions
Name String Instant Gateway registration name
Up to 15 chars. Mib name: sipRegistrationName
INI Name: GWREGISTRATIONNAME
Profile name: Digital SIP Protocol Definitions
Register On Enum: Instant 0 Enable ReRegister upon INVITE transaction
Invite Failure Disable(0), failure
Enable(1) Mib name:
sipRegistrationRegisterOninviteFailure
INI Name: REGISTERONINVITEFAILURE
Profile name: Digital SIP Protocol Definitions
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Parameter Type Provisioning Default Description

Name Type Value

Time Integer Instant 0 If REGISTRATIONTIMETHRESHOLD > 0)
Threshold 0-2000000 and (REGISTRATIONTIMETHRESHOLD <

computed registration time using existing logic)
then new registration time will be (Registration
time from expires header ?
REGISTRATIONTIMETHRESHOLD)

Mib name: sipRegistrationTimeThreshold

INI Name: REGISTRATIONTIMETHRESHOLD
Profile name: Digital SIP Protocol Definitions

Registrar Enum: Instant -1 Registrar transport type
Transport = NotConfigured(- Mib name:
Type 1), UDP(0), sipRegistrationRegistrarTransportType
TCP(1), TLS(2) INI Name: REGISTRARTRANSPORTTYPE
Profile name: Digital SIP Protocol Definitions
Re Register Enum: Instant 0 Enables GW to perform Re-Registeration on
On Disable(0), TCPI/TLS connection failure
Connection Enable(1) Mib name:
Failure sipRegistrationReRegisterOnConnectionFailure
INI Name:

REREGISTERONCONNECTIONFAILURE
Profile name: Digital SIP Protocol Definitions

2.36.6 Tab: Accounting Settings

Frame: SIP Definition Provisioning, Tab: Accounting Settings

Parameter Type Provisioning Default Description
Name Type Value
Indications Enum: Instant 0  Which Authentication, Authorization
None(0), and Accounting indications to use
AuthorizeAndAuthenticate(1), Mib name: aaalndications
FullReport(2), INI Name: AAAINDICATIONS
AccountingOnly(3) Profile name: Not Profiled
Radius Enum: Instant 0  When will Radius Acounting messages
Accounting release(0), be sent
Type connectAndRelease(1), Mib name: aaaRadiusAccountingType
setupAndRelease(2) INI Name:

RADIUSACCOUNTINGTYPE
Profile name: Not Profiled

OAM Guide 226 Document #: LTRT-32126



OAM Guide

2. Provisioning Parameters

2.36.7 Tab: Authentication

Frame: SIP Definition Provisioning, Tab: Authentication

Parameter Type Provisioning Default Description
Name Type Value
Authentication
Authentication Enum: Instant 1 Authentication mode
Mode PerEP(0), Mib name: sipAuthMode
PerGW(1), INI Name: AUTHENTICATIONMODE
PerFXSOnly(3) Profile name: Digital SIP Protocol
Definitions
User Name String Instant User Name used for authentication
Up to 50 chars. Mib name: sipAuthUserName
INI Name: USERNAME
Profile name: Digital SIP Protocol
Definitions
Password String Instant 50 Password used for authentication
Mib name: sipAuthPassword
INI Name: PASSWORD
Profile name: Digital SIP Protocol
Definitions
Cnonce String Instant Cnonce parameter used for
Up to 15 chars. authentication
Mib name: sipAuthCnonce
INI Name: CNONCE
Profile name: Digital SIP Protocol
Definitions
Security
Enable SIPS Enum: Instant 0 Enable SIP secured URI usage
Disable(0), Mib name: sipMiscEnableSIPS
Enable(1) INI Name: ENABLESIPS
Profile name: Digital SIP Protocol
Definitions
SIPS Require Enum: Offline 0 Should require client certificate upon
Client Disable(0), TLS connection request arrival
Certificate Enable(1) Mib name:
gwSecuritySIPSRequireClientCertificat
e
INI Name:
SIPSREQUIRECLIENTCERTIFICATE
Profile name: Digital SIP Protocol
Definitions
Media Security Enum: Instant 0 Gateway behavior when recieving
Behavior Preferable(0), offer/response for media encryption
Mandatory(1), Mib name:
preferableSingleM gwSecurityMediaSecurityBehavior
edia(3) INI Name:
MEDIASECURITYBEHAVIOUR
Profile name: Digital SIP Protocol
Definitions
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Parameter Type Provisioning Default Description
Name Type Value
TLS Re Integer Instant 0 The interval between consequent TLS
Handshake 0-1500 re-handshakes (Minutes).
Interval 0 - Disables re-handshakes.
Mib name:
gwSecurityTLSReHandshakelnterval
INI Name:
TLSREHANDSHAKEINTERVAL
Profile name: Digital SIP Protocol
Definitions
TLS Remote String Instant used to verify the remote peer
Subject Name = Up to 49 chars. Common Name (at certificate) when
using TLS.
Mib name:
gwSecurityTLSRemoteSubjectName
INI Name:
TLSREMOTESUBJECTNAME
Profile name: Digital SIP Protocol
Definitions
Peer Host Enum: Instant 0 While using TLS, defines the
Name Disable(0), verification behavior of the host name
Verification ServerOnly(1), sent in the certificate.
Mode ServerAndClient(2 Mib name:
) gwSecurityPeerHostNameVerification
Mode
INI Name:
PEERHOSTNAMEVERIFICATIONMO
DE
Profile name: Digital SIP Protocol
Definitions
Verify Server Enum: Instant 0 Certificate validation behavior
Certificate Disable(0), 0 ? No certificate validation.
Enable(1) 1 ? Server certificate validation.
Mib name:
gwSecurityVerifyServerCertificate
INI Name:
VERIFYSERVERCERTIFICATE
Profile name: Digital SIP Protocol
Definitions
SRTP Offered Integer Instant 0 Offered SRTP Cipher Suites.
Suites Bitmask Bitmap- 1: all(0)
(0O=Select 0x000F 2: aesCm128HmacShaOne80(1)
All);ARIA-CM- 3: aesCm128HmacShaOne32(2)
192-HMAC- 4: ariaCm128HmacShaOne80(3)
SHAL1 80;ARIA- 5: ariaCm192HmacShaOne80(4)
CM-128- Mib name:
HMAC-SHA1 gwSecuritySRTPofferedSuites
80;AES-CM- INI Name: SRTPOFFEREDSUITES
128-HMAC- Profile name: Not Profiled
SHA1 32;AES-
CM-128-
HMAC-SHA1
80;
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Parameter Type
Name
Enable Enum:
Symmetric MKI Disable(0),
Enable(1)

Provisioning

Type

Instant

Default

Description

Value

Enable symmetric MKI negotiation
Mib name:
gwSecurityEnableSymmetricMKI

INI Name: ENABLESYMMETRICMKI

Profile name: Digital SIP Protocol
Definitions

2.37 Frame: SIP Interface Provisioning

2.37.1 Tab: SIP Interface

Frame: SIP Interface Provisioning, Tab: SIP Interface

Parameter Type Provisioning Default Description
Name Type Value
Network String Instant Network Interface.
Interface Up to 15 chars. Mib name: siplnterfaceNetworkinterface
INI Name:
SIPINTERFACE_NETWORKINTERFACE
Profile name: Not Profiled
Application Enum: Instant 0 Application Type.
Type gwlIP2IP(0), sas(1), Mib name: siplnterfaceApplicationType
sbc(2) INI Name:
SIPINTERFACE_APPLICATIONTYPE
Profile name: Not Profiled
UDP Port Integer Instant 5060 UDP Port number.
0-65534 Mib name: siplnterfaceUDPPort
INI Name: SIPINTERFACE_UDPPORT
Profile name: Not Profiled
TCP Port Integer Instant 5060 TCP Port number.
0-65534 Mib name: siplnterfaceTCPPort
INI Name: SIPINTERFACE_TCPPORT
Profile name: Not Profiled
TLS Port Integer Instant 5061 TLS Port number.
0-65534 Mib name: sipinterfaceTLSPort
INI Name: SIPINTERFACE_TLSPORT
Profile name: Not Profiled
SRD Integer Instant 0
0-31 Mib name: sipInterfaceSRD
INI Name: SIPINTERFACE_SRD
Profile name: Not Profiled
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2.38 Frame: Snmp Provisioning

2.38.1 Tab: SNMP Managers Table

Frame: Snmp Provisioning, Tab: SNMP Managers Table

Parameter Type Provisioning Default Description
Name Type Value
Row Status Enum: Instant 1 The status of this conceptual row.
Active(1), To create a row in this table, a manager
NotInService(2), must
NotReady(3), set this object to either createAndGo(4) or
CreateAndGo(4), createAndWait(5).
CreateAndWait(5), Until instances of all corresponding columns
Destroy(6) are

appropriately configured, the value of the
corresponding instance of the
snmpTargetAddrRowStatus

column is 'notReady".

In particular, a newly created row cannot be
made

active until the corresponding instances of
snmpTargetAddrTDomain,
snmpTargetAddrTAddress, and
snmpTargetAddrParams have all been set.
The following objects may not be modified
while the

value of this object is active(1):

- snmpTargetAddrTDomain

- snmpTargetAddrTAddress

An attempt to set these objects while the
value of

snmpTargetAddrRowsStatus is active(1) will
resultin

an inconsistentValue error.

Mib name: snmpTargetAddrRowStatus
Profile name: Not Profiled

Address String Instant  0.0.0.0:0 This object contains a transport address.
Up to 255 chars. The format of this address depends on the
value of the

snmpTargetAddrTDomain object.
Mib name: snmpTargetAddrTAddress
Profile name: Not Profiled

Params String Instant 1 The value of this object identifies an entry in
Up to 255 chars. the snmpTargetParamsTable. The identified
entry contains SNMP parameters to be used
when generating messages to be sent to
this transport address.
Mib name: snmpTargetAddrParams
Profile name: Not Profiled
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2.38.2 Tab: SNMPv3 Users

Frame: Snmp Provisioning, Tab: SNMPv3 Users

Parameter Type Provisioning Default Description
Name Type Value
User Status Enum: Instant 1 The status of this conceptual row.
Active(1), Until instances of all corresponding columns
NotInService(2), are appropriately configured, the value of
NotReady(3), the corresponding instance of the
CreateAndGo(4), usmUserStatus column is 'notReady'.
CreateAndWait(5), In particular, a newly created row for a user
Destroy(6) who employs authentication, cannot be

made active until the corresponding
usmUserCloneFrom and
usmUserAuthKeyChange have been set.
Further, a newly created row for a user who
also employs privacy, cannot be made
active until the usmUserPrivKeyChange has
been set.

The RowStatus TC [RFC2579] requires that
this DESCRIPTION clause states under
which circumstances other objects in this
row can be modified:

The value of this object has no effect on
whether other objects in this conceptual row
can be modified, except for
usmUserOwnAuthKeyChange and
usmUserOwnPrivKeyChange. For these 2
objects, the value of usmUserStatus MUST
be active.

Mib name: usmUserStatus

Profile name: Not Profiled

Security String Instant 1 A human readable string representing the
Name Up to 32 chars. user in Security Model independent format.

The default transformation of the User-
based Security Model dependent security 1D
to the securityName and vice versa is the
identity function so that the securityName is
the same as the userName.
Mib name: usmUserSecurityName
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Auth Protocol Enum: Instant 1 An indication of whether messages sent on
None(0), MD5(1), behalf of this user to/from the SNMP engine
SHA(2) identified by usmUserEnginelD, can be

authenticated, and if so, the type of
authentication protocol which is used.

An instance of this object is created
concurrently with the creation of any other
object instance for the same user (i.e., as
part of the processing of the set operation
which creates the first object instance in the
same conceptual row).

If an initial set operation (i.e. at row creation
time) tries to set a value for an unknown or
unsupported protocol, then a 'wrongValue'
error must be returned.

The value will be overwritten/set when a set
operation is performed on the corresponding
instance of usmUserCloneFrom.

Once instantiated, the value of such an
instance of this object can only be changed
via a set operation to the value of the
usmNoAuthProtocol.

If a set operation tries to change the value
of an existing instance of this object to any
value other than usmNoAuthProtocol, then
an 'inconsistentValue' error must be
returned.

If a set operation tries to set the value to the
usmNoAuthProtocol while the
usmUserPrivProtocol value in the same row
is not equal to usmNoPrivProtocol, then an
'inconsistentValue' error must be returned.
That means that an SNMP command
generator application must first ensure that
the usmUserPrivProtocol is set to the
usmNoPrivProtocol value before it can set
the usmUserAuthProtocol value to
usmNoAuthProtocol.

Mib name: usmUserAuthProtocol

Profile name: Not Profiled

Auth Key String Instant 1 Password
Change Up to 255 chars. Mib name: usmUserAuthKeyChange
Profile name: Not Profiled
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Parameter
Name

Privacy
Protocol

Privacy Key
Change

Type

Enum:
None(0), DES(2),
AES(2)

String
Up to 255 chars.

Provisioning Default

Type

Instant

Instant

Value

0

1

Description

An indication of whether messages sent on
behalf of this user to/from the SNMP engine
identified by usmUserEnginelD, can be
protected from disclosure, and if so, the type
of privacy protocol which is used.

An instance of this object is created
concurrently with the creation of any other
object instance for the same user (i.e., as
part of the processing of the set operation
which creates the first object instance in the
same conceptual row).

If an initial set operation (i.e. at row creation
time) tries to set a value for an unknown or
unsupported protocol, then a 'wrongValue'
error must be returned.

The value will be overwritten/set when a set
operation is performed on the corresponding
instance of usmUserCloneFrom.

Once instantiated, the value of such an
instance of this object can only be changed
via a set operation to the value of the
usmNoPrivProtocol.

If a set operation tries to change the value
of an existing instance of this object to any
value other than usmNoPrivProtocol, then
an 'inconsistentValue' error must be
returned.

Note that if any privacy protocol is used,
then you must also use an authentication
protocol. In other words, if
usmUserPrivProtocol is set to anything else
than usmNoPrivProtocol, then the
corresponding instance of
usmUserAuthProtocol cannot have a value
of usmNoAuthProtocol. If it does, then an
'inconsistentValue' error must be returned.
Mib name: usmUserPrivProtocol

Profile name: Not Profiled

Password
Mib name: usmUserPrivKeyChange
Profile name: Not Profiled
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2.39 Frame: SRD Provisioning

2.39.1 Tab: SRD

Frame: SRD Provisioning, Tab: SRD

Parameter Type Provisioning Default Description
Name Type Value
Name String Instant GwApp Signaling Routing Domain name.
Up to 20 chars. Mib name: srdName
INI Name: SRD_NAME
Profile name: Not Profiled
Media Realm String Instant GwApp Signaling Routing Domain media
Up to 39 chars. realm.
Mib name: srdMediaRealm
INI Name: SRD_MEDIAREALM
Profile name: Not Profiled
Intra SRD Enum: Instant 0 Internal SRD Media Anchoring
Media anchorMedia(0), Mib name: srdintraSRDMediaAnchoring
Anchoring DontAnchorMedia(1) INI Name:
SRD_INTRASRDMEDIAANCHORING
Profile name: Not Profiled
Block Enum: Instant 0 Block Calls From Unregistered User
UnRegistered no(0), yes(1) Mib name: srdBlockUnRegUsers
Users INI Name: SRD_BLOCKUNREGUSERS
Profile name: Not Profiled
Max Number Integer Instant -1 Max Number Of Registered Users.
Of -1-3000 MP1xx - 25
Registered M1K - 200
Users M2K- 250
M3K - 3000
Mib name: srdMaxNumOfRegUsers
INI Name: SRD_MAXNUMOFREGUSERS
Profile name: Not Profiled
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2.40 Frame: SS7 Alias Point Code

2.40.1 Tab: SS7 Alias Point Code

Frame: SS7 Alias Point Code, Tab: SS7 Alias Point Code

Parameter Type Provisioning Default Description
Name Type Value

Point Code String Online String name for Alias PC parameters
Name Up to 15 chars. Mib name: acSS7APCName

INI Name: SS7_ALIAS PC_NAME
Profile name: Not Profiled

Point Code Integer Online 0 Alias Point-Code of signaling node.
(PC) 0-2147483647 Mib name: acSS7TAPCPC
INI Name: SS7_APC_PC
Profile name: Not Profiled

Signaling Integer Online 2 SNI (Signaling Network Indicator) of Alias
Network 2-5 Point-Code.
Indicator Mib name: acSS7TAPCSNI
(SNI) INI Name: SS7_APC_SNI
Profile name: Not Profiled
MTC Busy Enum: Read-Only 0 Manual busy status of Alias PC.
No(0), Yes(1) Mib name: acSS7APCMtcBusy

INI Name: SS7_ALIAS PC_MTC_BUSY
Profile name: Not Profiled
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2.41 Frame: SS7 Data Link

241.1 Tab: DataLink General Info

Frame: SS7 Data Link , Tab: Data Link General Info

Parameter Type Provisioning Default Description
Name Type Value
Name String Online String name for Link paramaters
Up to 15 chars. Mib name: acSS7LinkCommonName
INI Name: SS7_LINK_NAME
Profile name: Not Profiled
Admin State Enum: Read-Only Administrative state of singnalling link.
OffLine(0), Mib name: acSS7LinkCommonAdminState
InService(2) INI Name:
SS7_LINK_ADMINISTRATIVE_STATE
Profile name: Not Profiled
Oper State Enum: Read-Only Operational state of singnalling link.
OffLine(0), Busy(1), Mib name: acSS7LinkCommonOperState
InService(2) INI Name:
SS7_LINK_OPERATIONAL_STATE
Profile name: Not Profiled
Trace Level Enum: Online Trace level of singnalling link (level 2).
TraceLevel0(0), Mib name: acSS7LinkCommonTraceLevel
TracelLevell(1) INI Name: SS7_LINK_TRACE_LEVEL
Profile name: Not Profiled
L2 Type Enum: Online Link layer 2 type - defines level 2 media of
Selector nonetype-L2(0), signaling link.
mtp2(1), m2ua-mgc(2), Mib name:
ss7monitoring(4) acSS7LinkCommonL2TypeSelector
INI Name: SS7_LINK_L2_TYPE
Profile name: Not Profiled
L3 Type Enum: Online Link high layer type - defines level 3 or L2
Selector nonetype-L3(0), m2ua- high layer of signalling link.
sg(1), mtp3(2), mtp2- Mib name:
tunneling(3), acSS7LinkCommonL3TypeSelector
mtp20verlP(4), INI Name: SS7_LINK_L3_TYPE
ss7monitoring(5) Profile name: Not Profiled
MTC Busy Enum: Read-Only Link local busy indicator - if set, indicates
No(0), Yes(1) link is busy due to local mtc action.
Mib name: acSS7LinkCommonMtcBusy
INI Name: SS7_LINK_MTC_BUSY
Profile name: Not Profiled
Rdcy Board Enum: Online Board number in which the link is
Num RdcyBoardNumO(0), physically connected.
RdcyBoardNum1(1), Mib name:
RdcyBoardNum2(2) acSS7LinkCommonRdcyBoardNum
INI Name: SS7_LINK_RDCY_BOARD
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Mon Su Enum: Online 0 SS7 Monitoring link SU filter- Defines the
Filter FilterAll(0), type of SU message to filter. O: Filter all
Request FilterLSSUandFISU(1), types of SU messages
FilterFISU(2), 1: Filter LSSU and FISU messages
NoFilter(3) 2: Filter only FISU messages
3: Do not filter any message.
Mib name:

acSS7LinkCommonMonSuFilterRequest
INI Name: SS7_LINK_MON_SU_FILTER
Profile name: Not Profiled

2.41.2 Tab: DataLink TDM

Frame: SS7 Data Link , Tab: Data Link TDM

Parameter Type Provisioning Default Description
Name Type Value
Trunk Integer Online -1 | Trunk number of singnalling link
Number -1-84 (TDM).
Mib name:
acSS7LinkTDMTrunkNumber
INI Name:

SS7 LINK_TRUNK_NUMBER
Profile name: Not Profiled

Time Slot Integer Online 1  Time-Slot number of singnalling link
Number 1-31 (TDM).
Mib name:
acSS7LinkTDMTimeSlotNumber
INI Name:

SS7_LINK_TIMESLOT_NUMBER
Profile name: Not Profiled

Inhibit Enum: Read-Only 0 Link inhibit indicator - if set, indicates
Unlinhibited(0), Inhibited(1) link is inhibited..
Mib name: acSS7LinkTDMInhibit
INI Name: SS7_LINK_INHIBITION
Profile name: Not Profiled

MTP2 Atts Enum: Online 0 MTP2 attributes of singnalling link
Mtp2Atts0(0), Mtp2Atts1(1), (TDM).
Mtp2Atts2(2), Mtp2Atts3(3) Mib name: acSS7LinkTDMMtp2Atts
INI Name:

SS7_LINK_MTP2_ATTRIBUTES
Profile name: Not Profiled

Variant Enum: Online 0 Variant (layer 2) of singnalling link
itu(1), ansi(2), China(3) (TDM).
Mib name:
acSS7LinkCommonVariant
INI Name:

SS7 LINK_LAYER2 VARIANT
Profile name: Not Profiled
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Parameter Type
Name
Congestion Integer
Low Mark 0-255
Congestion Integer
High Mark 0-255
Block Enum:

Provisioning Default

Type

Online

Online

Read-Only

L3linkunblocked(0),
L3linklocalblocked(1),
L3linkremoteblockde(2),
L3linklocalandremotelocked(3)

2.41.3 Tab: Data Link UAL

Value

0

0

0

Description

Link congestion low mark of
signalling link (TDM).

Mib name:
acSS7LinkTDMCongestionLowMark
INI Name:

SS7 _CONGESTION_LOW_MARK
Profile name: Not Profiled

Link congestion high mark of
signalling link (TDM).

Mib name:
acSS7LinkTDMCongestionHighMark
INI Name:
SS7_CONGESTION_HIGH_MARK
Profile name: Not Profiled

Link blocked indicator.

Mib name: acSS7LinkTDMBIlock
INI Name: SS7_LINK_BLOCKED
Profile name: Not Profiled

Frame: SS7 Data Link , Tab: Data Link UAL

Parameter Type Provisioning Default Description
Name Type Value
Group ID Integer Online -1 Group ID (M2UA) of signaling link.
-1-65534 Mib name: acSS7LinkSigTranGroupld
INI Name: SS7_LINK_GROUP_ID
Profile name: Not Profiled
Interface 1D Integer Online -1 Interface ID (M2UA) of singnalling link.
-1-2147483647 Mib name: acSS7LinkSigTranlfid
INI Name: SS7_LINK_M2UA_IF_ID
Profile name: Not Profiled
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241.4 Tab: Data Link Tunneling

Frame: SS7 Data Link , Tab: Data Link Tunneling

Parameter Type
Name

Other Side Integer

Link Num 0-128

Alignment Enum:
Mode Normal(0),

Emergency(1)

Congestion Enum:

Mode Accept(0),
Discard(1)
Wait Start Integer

Comp 0-2147483647
Timer

Oos Start Integer
Delay 0-2147483647
Timer

Wait Other Integer
Side In sv 0-2147483647
Timer

Provisioning Default

Type

Online

Online

Online

Online

Online

Online

Value

0

Description

MTP2 Tunneling: MGC link number (MTP2 'other
side' of signaling link).

Mib name: acSS7LinkTNLOtherSideLinkNum

INI Name: SS7_LINK_TNL_MGC_LINK_NUMBER
Profile name: Not Profiled

MTP2 Tunneling: Alignment mode of signalling links
in tunnel.

Mib name: acSS7LinkTNLAlignmentMode

INI Name: SS7_LINK_TNL_ALIGNMENT_MODE
Profile name: Not Profiled

MTP2 Tunneling: Congestion mode of signalling links
in tunnel.

Mib name: acSS7LinkTNLCongestionMode

INI Name: SS7_LINK_TNL_CONGESTION_MODE
Profile name: Not Profiled

MTP2 Tunneling: wait start complete timer.

Mib name: acSS7LinkTNLWaitStartCompTimer

INI Name:
SS7_LINK_TNL_WAIT_START_COMPLETE_TIMER
Profile name: Not Profiled

MTP2 Tunneling: OOS start delay timer.

Mib name: acSS7LinkTNLOosStartDelayTimer
INI Name:
SS7_LINK_TNL_OOS_START_DELAY_TIMER
Profile name: Not Profiled

MTP2 Tunneling: wait for other side to be in service
timer.

Mib name: acSS7LinkTNLWaitOtherSidelnsvTimer
INI Name:

SS7 LINK_TNL_WAIT_OTHER_SIDE_INSV_TIMER
Profile name: Not Profiled
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2.42 Frame: SS7 Link Set

2.42.1 Tab: SS7 Linkset

Frame: SS7 Link Set, Tab: SS7 Linkset

Parameter Type Provisioning Default Description
Name Type Value
Name String Online String name for LINKSET Params
Up to 15 chars. Mib name: acSS7LinkSetName

INI Name: SS7_LINKSET_NAME
Profile name: Not Profiled

Admin State Enum: Read-Only 0 Administrative state of singnalling linkset.
OffLine(0), Mib name: acSS7LinkSetAdminState
InService(2) INI Name:

SS7_LINKSET_ADMINISTRATIVE_STATE
Profile name: Not Profiled

Oper State Enum: Read-Only 0 Operational state of singnalling linkset.
OffLine(0), Mib name: acSS7LinkSetOperState
Busy(1), INI Name:
InService(2) SS7_LINKSET_OPERATIONAL_STATE
Profile name: Not Profiled
Mtc Busy Enum: Read-Only 0 Manual busy status of singnalling linkset.
State No(0), Yes(1) Mib name: acSS7LinkSetMtcBusyState
INI Name:

SS7_LINKSET_MTC_BUSY_STATUS
Profile name: Not Profiled

DPC Integer Online 0 Destination Point-Code of singnalling
0-2147483647 linkset.
Mib name: acSS7LinkSetDPC
INI Name: SS7_LINKSET_DPC
Profile name: Not Profiled

Links Mask Integer Online 0 Mask for links within singnalling linkset.
0-255 Mib name: acSS7LinkSetLinksMask
INI Name: SS7_LINKSET_MASK
Profile name: Not Profiled

Links Alt Integer Online 0 Alternate mask for links within singnalling
Mask 0-255 linkset.
Mib name: acSS7LinkSetLinksAltMask
INI Name:

SS7_LINKSET_ALTERNATE_MASK
Profile name: Not Profiled

Timers ldx Enum: Online 0 Timers Index of singnalling linkset.
Timersldx0(0), Mib name: acSS7LinkSetTimersldx
Timersldx1(1), INI Name: SS7_LINKSET_TIMERS_INDEX
Timersldx2(2), Profile name: Not Profiled

Timersldx3(3),
Timersldx4(4)
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2.43 Frame: SS7 Linkset Link

2.43.1 Tab: SS7 Linkset Link

Frame: SS7 Linkset Link, Tab: SS7 Linkset Link

Parameter Type Provisioning Default Description
Name Type Value
LinkNo Integer Online 0 Physical number of signalling link which is
0-128 part of the Linkset.
Mib name: acSS7LinkSetLinkLinkNo
INI Name:

SS7 LINKSETLINK_LINK_NUMBER
Profile name: Not Profiled

LinkSlc Integer Online 0 SLC number of signaling link which is part of
0-15 the Linkset.
Mib name: acSS7LinkSetLinkLinkSlc
INI Name: SS7_LINKSETLINK_LINK_SLC
Profile name: Not Profiled

2.44 Frame: SS7 Linkset Timers

2441 Tab: SS7 Linkset Profiles

Frame: SS7 Linkset Timers, Tab: SS7 Linkset Profiles

Parameter Type Provisioning Default Description
Name Type Value
Name String Online String name for Linkset timer-set
Up to 15 chars. Mib name: acSS7LinkSetTimersName

INI Name: SS7_LKSETTIMERS_NAME
Profile name: Not Profiled

T1SLT Integer Online 500 | Supervision timer for signalling link test
500-2147483647 acknowledgement message
Mib name: acSS7LinkSetTimersT1SLT
INI Name: SS7_LKSETTIMERS_T1SLT
Profile name: Not Profiled

T2 SLT Integer Online 500 | Interval timer for sending signalling link test
500-2147483647 messages.
Mib name: acSS7LinkSetTimersT2SLT
INI Name: SS7_LKSETTIMERS_T2SLT
Profile name: Not Profiled

T1 Integer Online 500 | Delay to avoid message mis-sequencing on
500-2147483647 changeover.
Mib name: acSS7LinkSetTimersT1
INI Name: SS7_LKSETTIMERS_T1
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
T2 Integer Online 500 | Waiting for changeover acknowledgement.
500-2147483647 Mib name: acSS7LinkSetTimersT2
INI Name: SS7_LKSETTIMERS_T2
Profile name: Not Profiled
T3 Integer Online 500 | Time controlled diversion-delay to avoid
500-2147483647 mis-sequencing on changeback
Mib name: acSS7LinkSetTimersT3
INI Name: SS7_LKSETTIMERS_T3
Profile name: Not Profiled
T4 Integer Online 500 | Waiting for changeback acknowledgement
500-2147483647 (first attempt).
Mib name: acSS7LinkSetTimersT4
INI Name: SS7_LKSETTIMERS_T4
Profile name: Not Profiled
T5 Integer Online 500 | Waiting for changeback acknowledgement
500-2147483647 (second attempt).
Mib name: acSS7LinkSetTimersT5
INI Name: SS7_LKSETTIMERS_T5
Profile name: Not Profiled
T7 Integer Online 500 | Waiting for signalling data link connection
500-2147483647 acknowledgement.
Mib name: acSS7LinkSetTimersT7
INI Name: SS7_LKSETTIMERS_T7
Profile name: Not Profiled
T12 Integer Online 500 | Waiting for uninhibit acknowledgement.
500-2147483647 Mib name: acSS7LinkSetTimersT12
INI Name: SS7_LKSETTIMERS_T12
Profile name: Not Profiled
T13 Integer Online 500 | Waiting for force uninhibit.
500-2147483647 Mib name: acSS7LinkSetTimersT13
INI Name: SS7_LKSETTIMERS_T13
Profile name: Not Profiled
T14 Integer Online 500 | Waiting for inhibition acknowledgement.
500-2147483647 Mib name: acSS7LinkSetTimersT14
INI Name: SS7_LKSETTIMERS_T14
Profile name: Not Profiled
T17 Integer Online 500 | Delay to avoid oscillation of initial alignment
500-2147483647 failure and link restart.
Mib name: acSS7LinkSetTimersT17
INI Name: SS7_LKSETTIMERS_T17
Profile name: Not Profiled
T20 ANSI Integer Online 500 | Local inhibit test timer.
500-2147483647 Mib name: acSS7LinkSetTimersT20ANSI
INI Name: SS7_LKSETTIMERS_T20_ANSI
Profile name: Not Profiled
T21 ANSI Integer Online 500 | Remote inhibit test timer.
500-2147483647 Mib name: acSS7LinkSetTimersT21ANSI
INI Name: SS7_LKSETTIMERS_T21_ANSI
Profile name: Not Profiled
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Parameter Type
Name
T22 ITU Integer
500-2147483647
T23ITU Integer

500-2147483647

Provisioning Default

Type Value
Online 500
Online 500

2.45 Frame: SS7 Node

2.45.1 Tab: SS7 Node

Description

Local inhibit test timer.

Mib name: acSS7LinkSetTimersT22ITU
INI Name: SS7_LKSETTIMERS _T22 ITU
Profile name: Not Profiled

Remote inhibit test timer.

Mib name: acSS7LinkSetTimersT23ITU
INI Name: SS7_LKSETTIMERS _T23 ITU
Profile name: Not Profiled

Frame: SS7 Node, Tab: SS7 Node
Parameter Type Provisioning Default Description
Name Type Value
Name String Online String name for SN Params
Up to 15 chars. Mib name: acSS7SignalingNodeName
INI Name: SS7_SN_NAME
Profile name: Not Profiled
Trace Level Enum: Online 0 Trace level of singnalling node (level 3).
TracelLevel0(0), Mib name: acSS7SignalingNodeTracelLevel
TraceLevell(1) INI Name: SS7_SN_TRACE_LEVEL
Profile name: Not Profiled
Admin State Enum: Read-Only 0 Administrative state of singnalling node.
OffLine(0), Mib name:
InService(2) acSS7SignalingNodeAdminState
INI Name:
SS7_SN_ADMINISTRATIVE_STATE
Profile name: Not Profiled
Oper State Enum: Read-Only 0 Operational state of singnalling node.
OffLine(0), Busy(1), Mib name: acSS7SignalingNodeOperState
InService(2) INI Name:
SS7_SN_OPERATIONAL_STATE
Profile name: Not Profiled
MTC Busy Enum: Read-Only 0 Manual busy status of singnalling node.
No(0), Yes(1) Mib name: acSS7SignalingNodeMtcBusy
INI Name: SS7_SN_MTC_BUSY_STATUS
Profile name: Not Profiled
Opc Integer Online 0 Origination (local) point-code of singnalling
0-2147483647 node.
Mib name: acSS7SignalingNodeOpc
INI Name: SS7_SN_OPC
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Rdcy Opc Integer Read-Only 0 Internal point-code of singnalling node - in
0-2147483647 case of SS7 shared point code.
Mib name: acSS7SignalingNodeRdcyOpc
INI Name: SS7_SN_RDCY_OPC
Profile name: Not Profiled
Variant Enum: Online 0 Variant of singnalling node.
itu(1), ansi(2), Mib name: acSS7SignalingNodeVariant
China(3) INI Name: SS7_SN_VARIANT
Profile name: Not Profiled
Nw Indicator Enum: Online 0 Network Indicator of singnalling node.
International(0), Mib name:
InternationalSpare(1), acSS7SignalingNodeNwlIndicator
National(2), INI Name: SS7_SN_NI
NationalSpare(3) Profile name: Not Profiled
Sp Stp Enum: Online 0 Routing function of singnalling node.
Sp(0), Stp(1) Mib name: acSS7SignalingNodeSpStp
INI Name: SS7_SN_SP_STP
Profile name: Not Profiled
Timers ldx Enum: Online 0 Index of SNTimers table used for this
Timersldx0(0), signaling node.
Timersldx1(1), Mib name: acSS7SignalingNodeTimersldx
Timersldx2(2), INI Name: SS7_SN_TIMERS_INDEX
Timersldx3(3), Profile name: Not Profiled
Timersldx4(4)
Isup App Enum: Online 0 Level 4 application that handles ISUP traffic
Nill(0), Ual(4), for this singnalling node.
L4Gen(7) Mib name: acSS7SignalingNodelsupApp
INI Name: SS7_SN_ISUP_APP
Profile name: Not Profiled
Sccp App Enum: Online 0 Level 4 application that handles SCCP
Nill(0), Ual(4), traffic for this singnalling node.
L4Gen(7) Mib name: acSS7SignalingNodeSccpApp
INI Name: SS7_SN_SCCP_APP
Profile name: Not Profiled
Bisup App Enum: Online 0 Level 4 application that handles BISUP
Nill(0), Ual(4), traffic for this singnalling node.
L4Gen(7) Mib name: acSS7SignalingNodeBisupApp
INI Name: SS7_SN_BISUP_APP
Profile name: Not Profiled
Tup App Enum: Online 0 Level 4 application that handles TUP traffic
Nill(0), Ual(4), for this signaling node.
L4Gen(7) Mib name: acSS7SignalingNodeTupApp
INI Name: SS7_SN_TUP_APP
Profile name: Not Profiled
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2.46 Frame: SS7 Node Redundancy Common Parameters
Frame

246.1 Tab: SS7 Redundancy Common

Frame: SS7 Node Redundancy Common Parameters Frame, Tab: SS7 Redundancy Common

Parameter
Name

Cross Link
Transfer

Type

Mode

Board Num

MTP3
Redundancy
Table Sync

Interval

Sync All
Boards

Sync Board

Type

Enum:
none(0), tcp(2)

Enum:
disable(0),
enable(1)

Integer
0-2

Integer
0-144000

Enum:
noAction(0),
Sync(1)

Integer
0-2147483647

Provisioning Default

Type
Offline

Offline

Offline

Instant

Instant

Instant

Value

0

Description

Defines the cross-board connection media
type for the MTP3 redundancy feature:

0 = M3BRDCY_CONN_TYPE_NONE

2 =M3BRDCY_CONN_TYPE_TCP

Mib name:
acSS7RedundancyCrossLinkTransferType
INI Name: SSTMTP3RDCYTRANSFERTYPE
Profile name: Not Profiled

Defines the MTP3 Signaling redundancy
mode:

0 = Disabled

1 = Enabled

Mib name: acSS7RedundancyMode
INI Name: SSTMTP3RDCYMODE
Profile name: Not Profiled

Defines the board number for the SS7
(Signaling System 7) MTP3 redundancy
mode. Each board is allocated a unique
number. All boards share a single redundancy
table.

Mib name: acSS7RedundancyBoardNum

INI Name: SSTMTP3RDCYBOARDNUM
Profile name: Not Profiled

Defines the interval between SS7 tables
automatic synchronizations, in minutes.

0 = no automatic synchronization is activated.

Mib name:
acSS7RedundancyMTP3RdcyThblSyncinterval
Profile name: Not Profiled

Provide SYNC all boards command
Mib name: acSS7RedundancySyncAllBoards
Profile name: Not Profiled

Provide SYNC between this board and
another specific board (parameter is the
remote board number)

Mib name: acSS7RedundancySyncBoard
Profile name: Not Profiled
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Parameter
Name

Keep Alive
Window

Keep Alive
Interval

Type

Integer
1-15

Integer
0-100

Provisioning Default

Type
Offline

Offline

Value

1

0

Description

Defines redundancy X-link keep-alive
tolerance window.

(x-link between boards in Signaling System 7
(SS7) MTP3-User Adaptation Layer
redundancy mode).

Mib name:
acSS7RedundancyKeepAliveWindow
INI Name:
SS7TMTP3RDCYKEEPALIVEWINDOW
Profile name: Not Profiled

Defines redundancy X-link keep-alive interval
in secs.

(x-link between boards in Signaling System 7
(SS7) MTP3-User Adaptation Layer
redundancy mode).

0 = no keep-alive mechanism is activated.

Mib name:
acSS7RedundancyKeepAlivelnterval
INI Name:
SS7TMTP3RDCYKEEPALIVEINTERVAL
Profile name: Not Profiled
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2.47 Frame: SS7 Node Timers

247.1 Tab: SS7 Node Profiles

Frame: SS7 Node Timers, Tab:

Parameter
Name

Type
Type

Name String Online

Up to 15 chars.

T6 Integer Online

500-2147483647

T8 Integer Online

500-2147483647

T10 Integer
500-2147483647

Online

T11 Integer Online

500-2147483647

T15 Integer Online

500-2147483647

T16 Integer
500-2147483647

Online

T18ITU Integer Online

500-2147483647

Provisioning Default
Value

500

500

500

500

500

500

500

SS7 Node Profiles

Description

String name for SN timer-set

Mib name:
acSS7SignalingNodeTimersName
INI Name: SS7_SNTIMERS_NAME
Profile name: Not Profiled

Delay to avoid message mis-sequencing on
controlled rerouting.

Mib name: acSS7SignalingNodeTimersT6
INI Name: SS7_SNTIMERS_T6

Profile name: Not Profiled

Transfer prohibited inhibition timer (transient
solution).

Mib name: acSS7SignalingNodeTimersT8
INI Name: SS7_SNTIMERS_T8

Profile name: Not Profiled

Waiting to repeat signalling route set test
message.

Mib name: acSS7SignalingNodeTimersT10
INI Name: SS7_SNTIMERS_T10

Profile name: Not Profiled

Transfer restricted timer.

Mib name: acSS7SignalingNodeTimersT11
INI Name: SS7_SNTIMERS T11

Profile name: Not Profiled

Waiting to start signalling route set
congestion test.

Mib name: acSS7SignalingNodeTimersT15
INI Name: SS7_SNTIMERS_T15

Profile name: Not Profiled

Waiting for route set congestion status
update.

Mib name: acSS7SignalingNodeTimersT16
INI Name: SS7_SNTIMERS_T16

Profile name: Not Profiled

Timer within a signalling point whose MTP
restarts for supervising link and link set
activation as well as the receipt of routing
information.

Mib name:
acSS7SignalingNodeTimersT18ITU

INI Name: SS7_SNTIMERS_T18_ITU
Profile name: Not Profiled
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Parameter
Name

T191TU

T20 ITU

T211TU

T24 1TU

T22 ANSI

T23 ANSI

T24 ANSI

T25 ANSI

Type

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Provisioning Default

Type

Online

Online

Online

Online

Online

Online

Online

Online

Value

500

500

500

500

500

500

500

500

Description

Supervision timer during MTP restart to
avoid possible ping-pong of TFP, TFR and
TRA messages.

Mib name:
acSS7SignalingNodeTimersT19ITU

INI Name: SS7_SNTIMERS_T19 ITU
Profile name: Not Profiled

Overall MTP restart timer at the signalling
point whose MTP restarts.

Mib name:
acSS7SignalingNodeTimersT20ITU

INI Name: SS7_SNTIMERS_T20_ITU
Profile name: Not Profiled

Overall MTP restart timer at a signalling
point adjacent to one whose MTP restarts.
Mib name:
acSS7SignalingNodeTimersT21ITU

INI Name: SS7_SNTIMERS_T21_ITU
Profile name: Not Profiled

Stabilising timer after removal of local
processor outage, used in LPO latching to
RPO (national option).

Mib name:
acSS7SignalingNodeTimersT24ITU

INI Name: SS7_SNTIMERS_T24 ITU
Profile name: Not Profiled

Timer at restarting SP waiting for signalling
links to bacome available.

Mib name:
acSS7SignalingNodeTimersT22ANSI

INI Name: SS7_SNTIMERS_T22_ANSI
Profile name: Not Profiled

Timer at restarting SP, started after T22,
waiting to receive all traffic restart allowed
messages.

Mib name:
acSS7SignalingNodeTimersT23ANSI

INI Name: SS7_SNTIMERS_T23_ANSI
Profile name: Not Profiled

Timer at restarting SP with transfer function,
started after T23, waiting to broadcast all
traffic restart allowed messages.

Mib name:
acSS7SignalingNodeTimersT24ANSI

INI Name: SS7_SNTIMERS_T24_ANSI
Profile name: Not Profiled

Timer at SP adjacent to restarting SP
waiting for traffic restart allowed message.
Mib name:
acSS7SignalingNodeTimersT25ANSI

INI Name: SS7_SNTIMERS_T25_ANSI
Profile name: Not Profiled
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Parameter
Name

T26 ANSI

T27 ANSI

T28 ANSI

T29 ANSI

T30 ANSI

Type

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Integer
500-2147483647

Provisioning Default

Type

Online

Online

Online

Online

Online

Value

500

500

500

500

500

Description

Timer at restarting SP waiting to repeat
traffic restart waiting message.

Mib name:
acSS7SignalingNodeTimersT26ANSI
INI Name: SS7_SNTIMERS_T26_ANSI
Profile name: Not Profiled

This parameter is used to define the
minimum duration of unavailability for a full
restart.

Mib name:
acSS7SignalingNodeTimersT27ANSI

INI Name: SS7_SNTIMERS_T27_ANSI
Profile name: Not Profiled

Timer at SP adjacent to restarting SP
waiting for traffic restart waiting message.
Mib name:
acSS7SignalingNodeTimersT28ANSI

INI Name: SS7_SNTIMERS_T28 ANSI
Profile name: Not Profiled

Timer started when TRA sent in response to
unexpected TRA or TRW.

Mib name:
acSS7SignalingNodeTimersT29ANSI

INI Name: SS7_SNTIMERS_T29_ANSI
Profile name: Not Profiled

Timer to limit sending of TFPs and TFRs in
response to unexpected TRA or TRW.

Mib name:
acSS7SignalingNodeTimersT30ANSI

INI Name: SS7_SNTIMERS_T30_ANSI
Profile name: Not Profiled
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2.48 Frame: SS7 Redundancy

248.1 Tab: SS7 Node Redundancy

Frame: SS7 Redundancy, Tab: SS7 Node Redundancy

Parameter Type Provisioning Default Description
Name Type Value
Board Ip IPAddress Online IP address of the board.

Mib name: acSS7RedundantSNBoardIp
INI Name: SS7_RDCYSN_BOARD_IP
Profile name: Not Profiled

OPC Integer Online 0 Internal point-code of the SN (Signaling
0-2147483647 Node).
Mib name: acSS7RedundantSNOPC
INI Name: SS7_RDCYSN_OPC
Profile name: Not Profiled

2.49 Frame: SS7 Route Frame

2.49.1 Tab: SS7 Route

Frame: SS7 Route Frame, Tab: SS7 Route

Parameter Type Provisioning Default Description
Name Type Value
LinkSet No Integer Online 0 Number of signalling linkset which is part of the
0-128 Routeset.
Mib name: acSS7RouteSetRouteLinkSetNo
INI Name:

SS7_ROUTESETROUTE_LINKSET_NUMBER
Profile name: Not Profiled

Priority Integer Online 0 Priority of route within routeset.
0-254 Mib name: acSS7RouteSetRoutePriority
INI Name:

SS7_ROUTESETROUTE_PRIORITY
Profile name: Not Profiled
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2.50 Frame: SS7 Routeset

2.50.1 Tab: SS7 Route Set

Frame: SS7 Routeset, Tab: SS7 Route Set

Parameter Type Provisioning Default Description
Name Type Value
Name String Online String name for ROUTESET Params
Up to 15 chars. Mib name: acSS7RouteSetName
INI Name: SS7_ROUTESET_NAME
Profile name: Not Profiled
AdminState Enum: Read-Only 0 Administrative state of signalling route set.
OffLine(0), Mib name: acSS7RouteSetAdminState
InService(2) INI Name:
SS7_ROUTESET_ADMINISTRATIVE_STATE
Profile name: Not Profiled
Oper State Enum: Read-Only 0 Operational state of signalling route set.
OffLine(0), Mib name: acSS7RouteSetOperState
Busy(1), INI Name:
InService(2) SS7_ROUTESET_OPERATIONAL_STATE
Profile name: Not Profiled
DPC Integer Online 0 Destination Point-Code of singnalling
0-2147483647 routesetset.
Mib name: acSS7RouteSetDPC
INI Name: SS7_ROUTESET_DPC
Profile name: Not Profiled
Route Mask Integer Online 0 Mask for route within signaling routeset.
0-255 Mib name: acSS7RouteSetRouteMask
INI Name: SS7_ROUTESET_MASK
Profile name: Not Profiled
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2.51 Frame: SS7 Routing Context

2.51.1 Tab: SS7 Routing Context

Frame: SS7 Routing Context, Tab: SS7 Routing Context

Parameter Type Provisioning Default Description
Name Type Value
Sn ldx Integer Online 0 This parameter is used to specify the M3UA
0-5 Routing Context DPC SN-Index.
Mib name:

acSS7SigTranRoutingContextSnldx
INI Name: SS7_RC_SN_INDEX
Profile name: Not Profiled

Spc Integer Read-Only -1 This parameter is used to specify the M3UA
-1-16777215 Routing Context DPC parameter
Mib name:

acSS7SigTranRoutingContextSpc
INI Name: SS7_RC_SPC
Profile name: Not Profiled

Origination
Point
Code(OPC)

Opcl Integer Online -1 This parameter is used to specify the M3UA
-1-16777215 Routing Context,First element of OPC list.
Mib name:
acSS7SigTranRoutingContextOpcl
INI Name: SS7_RC_OPC1
Profile name: Not Profiled

Opc2 Integer Online -1 This parameter is used to specify the M3UA
-1-16777215 Routing Context,Second element of OPC
list.
Mib name:
acSS7SigTranRoutingContextOpc2
INI Name: SS7_RC_OPC2
Profile name: Not Profiled

Opc3 Integer Online -1 This parameter is used to specify the M3UA
-1-16777215 Routing Context, Third element of OPC list.
Mib name:
acSS7SigTranRoutingContextOpc3
INI Name: SS7_RC_OPC3
Profile name: Not Profiled

Opc4 Integer Online -1 This parameter is used to specify the M3UA
-1-16777215 Routing Context, Fourth element of OPC
list.
Mib name:
acSS7SigTranRoutingContextOpc4
INI Name: SS7_RC_OPC4
Profile name: Not Profiled
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Parameter
Name

Service
Indicators
List(SI)

Sil

Si2

Si3

Si4

Type

Integer
-1-15

Integer
-1-15

Integer
-1-15

Integer
-1-15

Provisioning Default
Value

Type

Online

Online

Online

Online

Description

This parameter is used to specify the M3UA
Routing Context, First element of Sl list.
Mib name:
acSS7SigTranRoutingContextSil

INI Name: SS7_RC_SI1

Profile name: Not Profiled

This parameter is used to specify the M3UA
Routing Context, Second element of Sl list.
Mib name:
acSS7SigTranRoutingContextSi2

INI Name: SS7_RC_SI2

Profile name: Not Profiled

This parameter is used to specify the M3UA
Routing Context, Third element of Sl list.
Mib name:
acSS7SigTranRoutingContextSi3

INI Name: SS7_RC_SI3

Profile name: Not Profiled

This parameter is used to specify the M3UA
Routing Context, Fourth element of Si list.
Mib name:
acSS7SigTranRoutingContextSi4

INI Name: SS7_RC_Sl4

Profile name: Not Profiled
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2.52 Frame: System Settings Provisioning

2.52.1 Tab: Diagnostics

Frame: System Settings Provisioning, Tab: Diagnostics

Parameter Type Provisioning Default Description
Name Type Value
Enable Enum: Offline 0 Checks the correct functionality of the
Diagnostics Disabled(0), different hardware components on the
BuiltinTest(1), board. On completion of the check, the
BuiltinTestwithPartia board sends an EV_END_BIT value, which
IFlash(2), contains information on the test results of
BuiltinTestWithSDR each hardware component.
AM(3),
BuiltinTestOnUtopia 0 = No diagnostics (default)
Vxb(4), 1 = Perform diagnostics (full test of DSPs,
InternalUse(99) PCM, Switch, LAN, PHY and Flash)
2 = Perform diagnostics (full test of DSPs,
PCM, Switch, LAN, PHY, but partial, test of
Flash, a quicker mode)
Mib name: acSysDiagnosticsEnable
INI Name: ENABLEDIAGNOSTICS
Profile name: Not Profiled
Enable Enum: Instant 0 This parameter enables sending SNMP
Performanc Disable(0), traps and Syslog messages when
e Threshold Enable(1) performance of the device is degraded
Alarms (according to the configured thresholds).
Mib name:
acSysDiagnosticsEnablePerformanceThres
holdAlarms
INI Name:
PM_ENABLETHRESHOLDALARMS
Profile name: Not Profiled
Syslog Enum: Online 0 Enable SysLog protocol log.
enable Disable(0), Mib name: acSyslogEnable
Enable(1) INI Name: ENABLESYSLOG
Profile name: Not Profiled
Syslog IP Address Online 0.0.0.0 This parameter defines the IP address in
server Ip dotted format notation.
Address e.g., 192.10.1.255
Range = Legal IP address
Mib name: acSyslogServerlPAddress
INI Name: SYSLOGSERVERIP
Profile name: Not Profiled
Syslog Integer Online 514  Defines the Port number of the Syslog
Server Port 0-65535 Server.
Number Range = Legal Port Number
Mib name:
acSyslogAcSyslogServerPortNumber
INI Name: SYSLOGSERVERPORT
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Syslog Integer Online 16 parameter to determine the facility number
Facility 16-23 at syslog messages.
can be:

16 = local use 0 (local0)
17 =local use 1 (locall)

23 =local use 0 (local7)
Mib name: acSyslogFacility

INI Name: SYSLOGFACILITY
Profile name: Not Profiled

2.52.2 Tab: Application Settings

Frame: System Settings Provisioning, Tab: Application Settings

Parameter Type Provisioning Default Description
Name Type Value
NTP
Primary Server IP Address Instant 0 This parameter is used to
IP Address define the NTP server's IP
address.
Range = Legal IP address
Mib name:

acSysNTPServerlPAddress
INI Name: NTPSERVERIP
Profile name: Digital System
Profile

Secondary IPAddress Instant 0 Defines the NTP Secondary

Server IP Server IP address.
Mib name:
acSysNTPSecondaryServerlP
INI Name:
NTPSECONDARYSERVERIP
Profile name: Digital System
Profile

Utc Offset Integer Instant 0 This parameter is used to
(seconds) -43200-43200 define the NTP time to offset,
in seconds.

Default=0

Range =-43200 to +43200
seconds

Mib name: acSysNTPUtcOffset
INI Name:
NTPSERVERUTCOFFSET
Profile name: Digital System
Profile
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Parameter
Name

Update
Interval
(seconds)

Day Light
Saving Time

Mode

Offset (min)

Start
(mo:dd:hh:mm
)

Type Provisioning Default

Type

Integer
1-2147483647

Enum:

Disable(0), Enable(1)

Integer
0-120

String Instant

Up to 11 chars.

Instant

Instant

Instant

Value

86400

60

Description

This parameter defines the
NTP update interval, in
seconds. It's inadvisable to set
it exceeding 1 month (2592000
seconds).

Range = 0 to 2592000
seconds

Default = 86400 seconds

Mib name:
acSysNTPUpdatelnterval

INI Name:
NTPUPDATEINTERVAL
Profile name: Digital System
Profile

Determines whether to enable
the time ajustment to day light
saving time while update time
from NTP server

Mib name:
acSysDayLightSavingTimeMo
de

INI Name:
DAYLIGHTSAVINGTIMEENA
BLE

Profile name: Digital System
Profile

when
DayLightSavingTimeEnable is
Enable, this parametes
determine the fix size in
minutes: 0-120

Mib name:
acSysDayLightSavingTimeOffs
et

INI Name:
DAYLIGHTSAVINGTIMEOFFS
ET

Profile name: Digital System
Profile

This parameter defines the
date and time of starting day
light time in current year.
Format mo:dd:hh:mm

Mib name:
acSysDayLightSavingTimeStar
t

INI Name:
DAYLIGHTSAVINGTIMESTAR
T

Profile name: Digital System
Profile
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Parameter
Name

End
(mo:dd:hh:mm
)

STUN
STUN Enable

Primary Server
IP

Secondary
Server IP

Binding Life
Time

Provisioning
Type

Type

String Instant

Up to 11 chars.

Enum: Offline

Disable(0), Enable(1)

IP Address Offline

IP Address Offline

Integer Offline

0-2147483647

Default
Value

30

Description

This parameter defines the
date and time of ending day
light time in current year.
Format mo:dd:hh:mm.

Mib name:
acSysDayLightSavingTimeEnd
INI Name:
DAYLIGHTSAVINGTIMEEND
Profile name: Digital System
Profile

This parameter is used to
enable the STUN module,
used for NAT traversal of UDP
packets.

Mib name: acSysSTUNEnable
INI Name: ENABLESTUN
Profile name: Digital System
Profile

Defines the primary STUN
Server IP address.

Range = Legal IP address
Mib name:
acSysSTUNPrimaryServerlP
INI Name:
STUNSERVERPRIMARYIP
Profile name: Digital System
Profile

Defines the secondary STUN
server |IP address.

Range = Legal IP address
Mib name:
acSysSTUNSecondaryServerl
P

INI Name:
STUNSERVERSECONDARYI
P

Profile name: Digital System
Profile

This parameter is used to
define the NAT binding
lifetime, in seconds. STUN
refreshes the binding
information after this time
expires.

Range = 0 - 2592000

Mib name:
acSysSTUNBiIndingLifeTime
INI Name:
NATBINDINGDEFAULTTIME
ouT

Profile name: Digital System
Profile
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Parameter Type Provisioning Default Description
Name Type Value
System NAT Enum: Read-Only 0 Identified NAT type.;-1 - STUN
Type stunDisabled(-1), none(0), client is disabled;0 - None;1 -
fullCone(1), restricted(2), FullCone;2 - Restricted;3 -
portRestricted(3), PortRestricted;4 - Symmetric;5
symmetric(4), - SymmetricFireWall;6 -
symmetricFirewall(5), Blocked;7 - Unknown;10 - NAT
blocked(6), unknown(7), identification in progress
natldentificationinProgress(1 Mib name: acSysNATType
0) Profile name: Not Profiled
Keep Alive Integer Instant 162 The port to which the keep
Trap Port 0-65334 alive traps are sent to.
Mib name:
acSysSNMPKeepAliveTrapPor
t
INI Name:
KEEPALIVETRAPPORT
Profile name: Digital System
Profile
DHCP
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Parameter Type
Name

DHCP Enable Enum:
Disable(0), Enable(1)

Provisioning Default
Type

Online

Description

Enables/disables DHCP
support.

0 = Disable
1 = Enable

After the gateway is powered
up, it attempts to communicate
with a BootP server. If a BootP
server does not respond and if
DHCP is enabled, the gateway
attempts to obtain its IP
address and other network
parameters from the DHCP
server.

Note that throughout the
DHCP procedure, the
BootP/TFTP application must
be deactivated. If it isn?t
deactivated, the gateway
receives a response from the
BootP server instead of the
DHCP server.

For additional information on
DHCP, refer to the product
documentation.

Note: DHCPEnable is a special
?Hidden? parameter. Once
defined and saved in flash
memory, its assigned value
doesn?t revert to its default
even if the parameter doesn't
appear in the INI file.

Mib name:
acSysIPDHCPEnable

INI Name: DHCPENABLE
Profile name: Digital System
Profile
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Parameter Type
Name
DHCP Speed Integer
Factor 0-10

2.52.3 Tab: NFS Settings

Provisioning Default

Type

Offline

Description
Value

1 Controls the DHCP renewal
speed. When set to 0, the
DHCP lease renewal is
disabled. Otherwise, the
renewal time is divided by this
factor. Some DHCP-enabled
routers perform better when
set to 4.

0 = Disable DHCP

1 = Normal

2to 10 = Fast

Mib name:
acSysIPDHCPSpeedFactor
INI Name:
DHCPSPEEDFACTOR
Profile name: Digital System
Profile

Frame: System Settings Provisioning, Tab: NFS Settings

Parameter
Name

Type

Index Integer

0-15

Status Enum:

Host Or IP String

Up to 39 chars.

Root Path String

Up to 99 chars.

Enum:
v2(2), v3(3)

Nfs Version

Provisioning Default

Type
NA

NA

Online

Online

Online

Value

0

3

Description

Index Field for line. Internal parameter.
Index can be up to 15 in dependency of
board type.

Mib name: acSysNFSIndex

INI Name: NFSSERVERS_INDEX
Profile name: Not Profiled

ROWSTATUS field for line. Internal
parameter.

Mib name: acSysNFSRowStatus
Profile name: Digital NFS Profile

The domain name or IP address of the NFS
server. If a domain name is provided, then a
DNS server must be configured.

Mib name: acSysNFSHostOrIP

INI Name: NFSSERVERS_HOSTORIP
Profile name: Digital NFS Profile

Path to the root of the exported file system.
Mib name: acSysNFSRootPath

INI Name: NFSSERVERS ROOTPATH
Profile name: Digital NFS Profile

NFS version to use with this remote file
system, 2 or 3 (default).

Mib name: acSysNFSNfsVersion

INI Name: NFSSERVERS_NFSVERSION
Profile name: Digital NFS Profile
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Parameter
Name

Auth Type

uib

GID

Vlan Type

Type

Enum:
null(0), unix(1)

Integer
0-2147483647

Integer
0-2147483647

Enum:
oam(0), media(1)

Provisioning Default

Type

Online

Online

Online

Online

2.52.4 Tab: Security Settings

Value

1

0

1

0

Description

Identifies the authentication method used
with this remote file system, 0 for
AUTH_NULL, 1 for AUTH_UNIX (default).
Mib name: acSysNFSAuthType

INI Name: NFSSERVERS_AUTHTYPE
Profile name: Digital NFS Profile

User ID used in authentication if using
AUTH_UNIX. The default is 0.

Mib name: acSysNFSUID

INI Name: NFSSERVERS_UID
Profile name: Digital NFS Profile

Group ID used in authentication if using
AUTH_UNIX. The default is 1.

Mib name: acSysNFSGID

INI Name: NFSSERVERS_GID

Profile name: Digital NFS Profile

The VLAN, OAM(0) or Media(1), to use
when accessing this remote file system. The
default is to use;the media VLAN. This
parameters applies only if multiple IP
addresses are configured on this board.

Mib name: acSysNFSVlanType

INI Name: NFSSERVERS_VLANTYPE
Profile name: Digital NFS Profile

Frame: System Settings Provisioning, Tab: Security Settings

Parameter Type Provisioning Default Description
Name Type Value
TLS &
Certificates
TLS Integer Online 0 This parameter defines the supported
Version 0-1 versions of SSL/TLS.

When set to 0, SSL/TLS handshakes
always start with SSL 2.0 and switch to TLS
1.0 if both peers support it.
When set to 1, TLS 1.0 is the only version
supported; clients attempting to contact the
device using SSL 2.0 will be rejected.
Possible values:
0=SSL 2.0, SSL 3.0, and TLS 1.0 are
supported (default)
1=TLS 1.0 will always be used
Mib name: acSysSecurityTLSVersion
INI Name: TLSVERSION
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
TLS FIPS Enum: Offline 0 Determines whether to enable the FIPS140
140 Mode disabled(0), mode for TLS.
enabled(1) Mib name: acSysSecurityTLSFIPS140Mode

INI Name: TLS_FIPS140 _MODE
Profile name: Digital System Profile

HTTPS String Offline 0 Requires client certificates for HTTPS
Cipher Up to 200 chars. connection. The client certificate must be
String preloaded on the gateway, and its matching

private key must be installed on the
managing computer. Time and date must
be correctly set on the gateway, for the
client certificate to be verified.

Mib name: acSysWEBHTTPSCipherString
INI Name: HTTPSCIPHERSTRING
Profile name: Not Profiled

HTTPS Enum: Online 0 Requires client certificates for HTTPS
Require disable(0), enable(1) connection.
Client The client certificate must be preloaded on
Certificate the gateway, and its matching private key
must be installed on the managing
computer.

Time and date must be correctly set on the
gateway, for the client certificate to be
verified.

Mib name:
acSysSecurityHTTPSRequireClientCertifica
te

INI Name:
HTTPSREQUIRECLIENTCERTIFICATE
Profile name: Digital System Profile

AUPD Enum: Online 0 This parameter configures the AutoUpdate
Verify | disable(0), enable(1) facility to verify server certificates when
Certificates using HTTPS.
Mib name:

acSysSecurityAUPDVerifyCertificates
INI Name: AUPDVERIFYCERTIFICATES
Profile name: Digital System Profile

TLS Expiry Integer Instant 60 | The system will report when the TLS server
Check 0-3650 certificate is about to expire within this
Start number of days.
Mib name:

acSysSecurityTLSExpiryCheckStart
INI Name: TLSEXPIRYCHECKSTART
Profile name: Digital System Profile

TLS Expiry Integer Instant 7 Defines how often the system will check for
Check 1-3650 TLS server certificate expiry (in days).
Period Mib name:

acSysSecurityTLSExpiryCheckPeriod
INI Name: TLSEXPIRYCHECKPERIOD
Profile name: Digital System Profile

OCSP
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Parameter Type Provisioning Default Description
Name Type Value
OCSsP Enum: Instant 0 Enables or disables certificate checking via
Enable disabled(0), OCSP.
enabled(1) Mib name: acSysSecurityOcspEnable
INI Name: OCSPENABLE
Profile name: Digital System Profile
OCSP inetAddressType Instant This parameter defines the OCSP server's
Server IP IP address Type.
Type 0 - unknown
1-1Pv4
2 - IPv6
Mib name:
acSysSecurityOcspServerlPType
Profile name: Digital System Profile
OCSsP String Instant This parameter defines the OCSP server's
Server IP Up to chars. IP address.
Range = Legal IP address
Mib name: acSysSecurityOcspServerlP
INI Name: OCSPSERVERIP
Profile name: Digital System Profile
OCSP inetAddressType Instant This parameter defines the OCSP
Secondary secondary server's IP address Type.
Server IP 0 - unknown
Type 1-IPv4
2 - IPv6
Mib name:
acSysSecurityOcspSecondaryServerlPTyp
e
Profile name: Not Profiled
OCSsP String Instant This parameter defines the OCSP
Secondary Up to chars. secondary server IP address.
Server IP Range = Legal IP address
Mib name:
acSysSecurityOcspSecondaryServerlP
INI Name: OCSPSECONDARYSERVERIP
Profile name: Not Profiled
OCSP Integer Instant 2560 | This parameter defines the OCSP server's
Server Port 1-32767 TCP port number.
Range = 1 to 32767.
Mib name: acSysSecurityOcspServerPort
INI Name: OCSPSERVERPORT
Profile name: Digital System Profile
OCSP Enum: Instant 0 Determines default OCSP behavior when
Default rejectPeerCertificate( the server cannot be contacted.
Response 0), 0 = reject peer certificate.
allowPeerCertificate( 1 = allow peer certificate.
1)
Mib name:
acSysSecurityOcspDefaultResponse
INI Name: OCSPDEFAULTRESPONSE
Profile name: Digital System Profile
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Parameter Type Provisioning Default Description
Name Type Value
Require Enum: Online 0 Verify the certification strictly - for SSL
Strict  disable(0), enable(1) Mib name:
Certificatio acSysSecurityRequireStrictCertification
n INI Name: REQUIRESTRICTCERT

Profile name: Digital System Profile

2,525 Tab: License

Frame: System Settings Provisioning, Tab: License

Parameter Type Provisioning Default Description
Name Type Value
Supported String Read-Only List of all avtivated features.
Features Up to 484 chars. Mib name: acSysLicenseKeyActiveList

Profile name: Not Profiled

2.52.6 Tab: Logging

Frame: System Settings Provisioning, Tab: Logging

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 0  The index of the cost group.
0-29 Mib name: loggingFiltersindex

INI Name: LOGGINGFILTERS_INDEX
Profile name: Not Profiled

Debug IPAddress Instant Defines the destination IP address for
Recording Debug Recording default target
Destination Mib name: loggerDebugRecordingDestIP

IP INI Name: DEBUGRECORDINGDESTIP
Profile name: Not Profiled
Type Enum: Online 0 | Type of logging filter
unknownFilter(0), Mib name: loggingFiltersType
anyFilter(1), INI Name:
trunkldFilter(2), LOGGINGFILTERS FILTERTYPE
trunkGroupldFilter(3), Profile name: Not Profiled

bChannelFilter(4),
fxsFxoFilter(5),
telTolpFilter(6),
ipToTelFilter(7),
ipGroupdFilter(8),
srdFilter(9),
classificationFilter(10),
ipTolpRoutingFilter(11),
userFilter(12)
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Parameter Type Provisioning Default Description
Name Type Value
Debug Integer Instant 925 | Defines the destination UDP Port for
Recording 1-65535 Debug Recording default target
Destination Mib name:
Port loggerDebugRecordingDestPort
INI Name:
DEBUGRECORDINGDESTPORT
Profile name: Not Profiled
Value String Online Value of log filter
Up to 19 chars. Mib name: loggingFiltersValue
INI Name: LOGGINGFILTERS_VALUE
Profile name: Not Profiled
Debug Enum: Instant 0 Determines if Debug Recording should be
Recording Stop(0), Start(1) Stopped (0) or Started (1)
Status Mib name: loggerDebugRecordingStatus
INI Name: DEBUGRECORDINGSTATUS
Profile name: Not Profiled
Syslog Enum: Online 0 Print Syslog false(0) true(1)
disable(0), enable(1) Mib name: loggingFiltersSyslog
INI Name: LOGGINGFILTERS_SYSLOG
Profile name: Not Profiled
Capture Enum: Online 0  Capture Type
Type captureNone(0), Mib name: loggingFiltersCaptureType
captureSig(1), INI Name:
captureSigMedia(2), LOGGINGFILTERS_CAPTURETYPE
captureSigMediaPCM(3), Profile name: Not Profiled
capturePSTN(4)
Row Status Enum: NA 3 Row-Status Textual Conventions as
Active(1), defined in RFC 2579: Textual
NotInService(2), Conventions for SMIv2
NotReady(3), Mib name: loggingFiltersRowStatus
CreateAndGo(4), INI Name:
CreateAndWait(5), LOGGINGFILTERS_ROWSTATUS
Destroy(6) Profile name: Not Profiled
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2.53 Frame: TDM And Timing Parameters Provisioning

2531 Tab: TDM

Frame: TDM And Timing Parameters Provisioning, Tab: TDM

Parameter Type Provisioning Default Description
Name Type Value
TDM Bus
TDM Bus Enum: Offline 0 Selects the TDM bus interface to be used
Type MVIP-BUS(0), SC- (only one TDM bus interface can be enabled
BUS(1), USE- at one time although more than one can
FRAMERS(2), physically exist on the board).
QSLAC-BUS(3), Range:
USE-H110- 0 = acMVIP_BUS
BUS(4), USE-EXT- 1=acSC_BUS
BUS(5), ANALOG- 2 = acFRAMERS
BUS(6), USE- 4 = acH100_BUS
PSTN-SW- 5= EXT TDM
ONLY(8) 6 = Analog
8 = SW Pstn
Default:
TP-1610 and TP-2810 = 2; TPM-1100 = 5;
TP-260=1
Mib name: acSysTDMBusType
INI Name: TDMBUSTYPE
Profile name: Not Profiled
TDM Bus Enum: Offline 0 Selects the TDM bus speed according to the
Speed acTDMBusSpeed- Bus Type as follows:
2Mbps(0), SC =0/2/3
acTDMBusSpeed- H.110/H.100 =3
4Mbps(2), MVIP =0
acTDMBusSpeed- Where:
8Mbps(3),
acTDMBusSpeed- 0 = 2048 kbps
16Mbps(4) 2 = 4096 kbps
3 =8192 kbps
4 = 16384 kbps
Default: TP-260 = 2; All other boards = 3
Mib name: acSysTDMBusSpeed
INI Name: TDMBUSSPEED
Profile name: Not Profiled
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2.53.2 Tab: Digital PCM Settings

Frame: TDM And Timing Parameters Provisioning, Tab: Digital PCM Settings

Parameter Type Provisioning Default Description
Name Type Value
PCM Law Enum: Offline 0 Selects the type of PCM companding law in
Select MuLaw(3), input/output TDM bus (TDM bus is defined
AlLaw(1), using the TDMBuUsType parameter).
Automatic(0)
1=A-law
3 = Mu-Law

Mib name: acSysPCMLawSelect
INI Name: PCMLAWSELECT
Profile name: Digital TDM & Timing Profile

Idle PCM Integer Offline 0 Defines the PCM pattern applied to the
Pattern 0-255 E1/T1 timeslot (B-channel) when the
channel is idle.
Default:

OxFF if PCMLawSelect is Mu-Law

0xD5 if PCMLawSelect is A-Law

Range = 0x00 to OxFF

Mib name: acSysPCMIdlePattern

INI Name: IDLEPCMPATTERN

Profile name: Digital TDM & Timing Profile

Idle ABCD Integer Offline 0 Defines the ABCD (CAS) pattern to be
Pattern 0-255 applied on the signaling bus before it is

changed by the user or the PSTN protocol.
This is only relevant when using PSTN
interface with CAS protocols.
Range = 0x0 to OxF
Mib name: acSysPCMIdleABCDPattern
INI Name: IDLEABCDPATTERN
Profile name: Digital TDM & Timing Profile

Serial Port Integer Offline 0 Interval timeout in minutes, of the Serial Port
Audit Interval 0-60 audit. In case of 0 value, the audit isn't
Min running.
Mib name:
acSysPCMSerialPortAuditintervalMin
INI Name:

SERIALPORTAUDITINTERVALMIN
Profile name: Digital TDM & Timing Profile
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2.53.3 Tab: System Timing

Frame: TDM And Timing Parameters Provisioning, Tab: System Timing

Parameter Type Provisioning Default Description
Name Type Value
Clock
Parameters
TDM Bus Enum: Online 1 Selects the clock source on which the
Clock Internal(1), MVIP(3), board synchronizes.
Source | Network(4), H110-A(8), 1 = Local oscillator
H110-B(9), 3 =MVIP
netReferencel(10), 4 = PSTN Network
NetReference2(11), 8 =H.110A
SC-2M(12), SC- 9=H.110B
4M(13), SC-8M(14), 10 = NetRefl
BITS(15), Network- 11 = NetRef2
b(16), ATM-OC3(17), 12 = sC2M
ATM-OC3-B(18), ATM- 13 = SC4M
0C12(19), Network- 14 = SC8M
DS3-1(20), Network- 15 =BITS
DS3-2(21), Network- 16 = Network-B
DS3-3(22) 17 = ATM-OC3
18 = ATM-OC3-B
19 = ATM-OC12
20 = Network-DS3-1
21 = Network-DS3-2
22 = Network-DS3-3
Default = 1
TP-1610=3
The Paramater is online for TP6310
and TP8410 . For all other boards,
the parameter is offline.
Mib name: acSysTDMClockSource
INI Name:
TDMBUSCLOCKSOURCE
Profile name: Digital TDM & Timing
Profile
TDM Bus Enum: Online 0 Defines the auto fallback of the clock.
Enable Fall| manual(0), autoNon- Range:
Back Revertive(1), auto- 0 = Manual
Revertive(2) 1 = Auto Non-Revertive
2 = Auto Revertive
Mib name:
acSysTDMClockEnableFallBack
INI Name:
TDMBUSENABLEFALLBACK
Profile name: Digital TDM & Timing
Profile
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Parameter Type Provisioning Default Description
Name Type Value
TDM Bus Enum: Online 4 Selects the fallback clock source on
Fallback |Network(4), H110-A(8), which board synchronizes in the
Clock H110-B(9), event of clock failure.
NetReferencel(10), 4 = PSTN Network
NetReference2(11) 8 =H.110A
9=H.110B
10 = NetRefl
11 = NetRef2
Mib name:
acSysTDMClockFallbackClock
INI Name:
TDMBUSFALLBACKCLOCK
Profile name: Digital TDM & Timing
Profile
TDM Bus Enum: Online 0 Sets SC/MVIP/H.100/H.110 to either:
Master/Slav acTDMBusSlaveMode(
e Selection 0), 0 = Slave mode (another board in the
acTDMBusMasterMode system must supply the clock to the
), TDM bus) or Master mode (the board
acH110BusSecondary is the clock source for the TDM bus)
MasterMode(2) or Secondary Master mode (for
H100/H110 Bus only).
1 = H110A Master in Master mode
2 =H.110B Master
Mib name:
acSysTDMClockMasterSlaveSelectio
n
INI Name:
TDMBUSMASTERSLAVESELECTIO
N
Profile name: Digital TDM & Timing
Profile
TDM Bus Enum: Online 0 Determines the NetRef frequency (for
Net acTH110BusNetRefSp both generation and
Reference eed-8khz(0), synchronization).
Speed |acTH110BusNetRefSp 0=8kHz
eed-1544khz(1), 1=1.544 MHz
acTH110BusNetRefSp 2 =2.048 MHz
eed-20488khz(2) Mib name:
acSysTDMClockNetRefSpeed
INI Name: TDMBUSNETREFSPEED
Profile name: Digital TDM & Timing
Profile
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Parameter
Name

TDM Bus
Local
Reference

TDM Bus
Auto Fall

Back Enable

TDM Bus
Auto Fall
Back
Reverting
Enable

Type

Integer
0-256

Enum:
disable(0), enable(1)

Enum:
disable(0), enable(1)

Provisioning

Type

Online

Offline

Offline

Default
Value

0

Description

When the clock source is set to
Network, this parameter selects the
Trunk ID to be used as the clock
synchronization source of the board.
When using H.110/H.100 bus, this
parameter also selects the trunk used
as the clock source for the NetRef
clock generation (in this case, the
clock source must not be set to
Network.

Range = 0 to (MAX_TRUNK _NUM-
1)

Mib name:
acSysTDMClockLocalReference

INI Name:
TDMBUSLOCALREFERENCE
Profile name: Digital TDM & Timing
Profile

Enables or disables the PSTN trunk
auto-fallback feature.

Mib name:
acSysTDMClockAutoFallBackEnable
INI Name:
TDMBUSPSTNAUTOCLOCKENABL
E

Profile name: Digital TDM & Timing
Profile

Enables/disables the PSTN trunk
auto-fallback reverting feature.

Mib name:
acSysTDMClockAutoFallBackReverti
ngEnable

INI Name:
TDMBUSPSTNAUTOCLOCKREVER
TINGENABLE

Profile name: Digital TDM & Timing
Profile
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2.54 Frame: Time Band Provisioning

2541 Tab: Time Band

Frame: Time Band Provisioning, Tab: Time Band

Parameter Type
Name
Start Time String

Up to 13 chars.

End Time String

Up to 13 chars.

Connect Integer
Cost 0-30000
Time Cost Integer
0-30000

Provisioning Default

Type

Instant

Instant

Instant

Instant

Description

The start time and day of the time band.
For example: FRI:08:00

Mib name: timebandStartTime

INI Name:

COSTGROUPTIMEBANDS STARTTIME
Profile name: Not Profiled

The end time and day of the time band.

For example: FRI:08:00

Mib name: timebandEndTime

INI Name: COSTGROUPTIMEBANDS_ENDTIME
Profile name: Not Profiled

The cost per minute for calls within this timeband.
Mib name: timebandConnectionCost

INI Name:

COSTGROUPTIMEBANDS_ CONNECTIONCOST
Profile name: Not Profiled

The cost per minute for calls within this timeband.
Mib name: timebandMinuteCost

INI Name:

COSTGROUPTIMEBANDS MINUTECOST
Profile name: Not Profiled
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2.55 Frame: Trunk Group

2.55.1 Tab: Trunk Group

Frame: Trunk Group, Tab: Trunk Group

Parameter Type Provisioning Default Description
Name Type Value
Module Integer Instant -1 Channels Module
-1-255 Mib name: channelsModule
INI Name: TRUNKGROUP_MODULE
Profile name: Not Profiled
Starting Integer Instant 1 Starting Channel for this trunk/hunt group
Channel 1-2016 Mib name: channelsStartingCh
INI Name:
TRUNKGROUP_FIRSTBCHANNEL
Profile name: Not Profiled
Last Channel Integer Instant 1 Last Channel for the trunk/hunt group
1-2016 Mib name: channelsLastCh
INI Name:
TRUNKGROUP_LASTBCHANNEL
Profile name: Not Profiled
Starting String Instant Starting Phone Number
Phone Up to 50 chars. Mib name: channelsStartingPhoneNum
Number INI Name:
TRUNKGROUP_FIRSTPHONENUMBER
Profile name: Not Profiled
Trunk/Hunt Integer Instant 0 Trunk/Hunt group 1D
Group ID 0-255 Mib name: channelsTrunkGroupID
INI Name:
TRUNKGROUP_TRUNKGROUPNUM
Profile name: Not Profiled
Trunk ID Integer Instant 0 Trunk/Hunt group 1D
0-255 Mib name: channelsTrunkID
INI Name:
TRUNKGROUP_FIRSTTRUNKID
Profile name: Not Profiled
Last Trunk ID Integer Instant 255 | Last Trunk/Hunt group ID
0-255 Mib name: channelsLastTrunklD
INI Name: TRUNKGROUP_LASTTRUNKID
Profile name: Not Profiled
Profile ID Integer Instant 0 Profile ID
0-9 Mib name: channelsProfilelD
INI Name: TRUNKGROUP_PROFILEID
Profile name: Not Profiled
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2.56 Frame: Trunk Group Settings

2.56.1 Tab: Trunk Group Settings

Frame: Trunk Group Settings, Tab: Trunk Group Settings

Parameter Type Provisioning Default Description
Name Type Value
Trunk/Hunt Integer Instant 0 Trunk/Hunt group 1D
Group ID 0-255 Mib name:
trunkGroupSettingsTrunkGroupID
INI Name:
TRUNKGROUPSETTINGS_TRUNK
GROUPID
Profile name: Not Profiled
Channel Enum: Instant 0 Selects the next available (free)
Selection ByPhoneNumber(0), Gateway port, FXO/PSTN: affects
Mode CyclicAscending(1), outgoing calls chanel selection
AscendingAlways(2), FXS:affects incoming call channel
CyclicDescending(3), selection
DescendingAlways(4), Mib name:
ByPhoneNumberCyclicAsc trunkGroupSettingsChannelSelectMo
ending(5), de
BySourcePhoneNumber(6 INI Name:

), TRUNKGROUPSETTINGS_CHANN
TrunkCyclicAscending(7), ELSELECTMODE
TrunkAndChannelCyclicAs Profile name: Not Profiled

cending(8),
RingToHuntGroup(9),
SelectTrunkBySuppelment
aryServicesTable(10),
destNumberAndAscending
(11), ValueNotSet(255)
Registration Enum: Instant 255
Mode PerEndpoint(0), Mib name:
PerGateway(1), trunkGroupSettingsRegistrationMode
NotApplicable(2), INI Name:
DoNotRegister(4), TRUNKGROUPSETTINGS_REGIST
perAccount(5), RATIONMODE
ValueNotSet(255) Profile name: Not Profiled
Contact String Instant
User Up to 50 chars. Mib name:
trunkGroupSettingsContactUser
INI Name:
TRUNKGROUPSETTINGS_CONTA
CTUSER
Profile name: Not Profiled
Serving IP Integer Instant -1
Group -1-49 Mib name:
trunkGroupSettingsServinglPGroup
INI Name:
TRUNKGROUPSETTINGS_SERVIN
GIPGROUP
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
MWI Enum: Instant 0
Interrogation None(0), Mib name:
Type UseActivateOnly(1), trunkGroupSettingsMwilnterrogationT
ResultNotUsed(2), ype
UseResult(3), INI Name:
NotConfigured(255) TRUNKGROUPSETTINGS_MWIINT
ERROGATIONTYPE
Profile name: Not Profiled
Group String Instant
Name Up to 240 chars. Mib name:
trunkGroupSettingsGrpName
INI Name:
TRUNKGROUPSETTINGS_TRUNK
GROUPNAME

Profile name: Not Profiled
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2.57 Frame: Trunk Parameters Provisioning

2.57.1 Tab: General Settings

Frame: Trunk Parameters Provisioning, Tab: General Settings

Parameter Type Provisioning ' Default Description
Name Type Value
Protocol Enum: Online 0 Used to set the PSTN protocol to be used for
Type NONE(0), this trunk. Relevant only when
E1EurolSDN(1), TDMBusType=acFRAMERS (2).
T1Cas(2), Either:
T1RawCas(3), NONE =0
T1Transparent(4 E1_EURO_ISDN =1
), Tl CAS=2
ElTransparent3 T1 RAW_CAS =3
1(5), T1 TRANSPARENT =4
ElTransparent3 E1 TRANSPARENT 31=5
0(6), E1Mfcr2(7), E1 TRANSPARENT 30=6
E1CasR2(8), E1l MFCR2=7
E1RawCAS(9), E1 CAS=8
T1-NI2ISDN(10), E1l RAW_CAS=9
T1- T1 NI2_ISDN =10
4EssISDN(11), T1 4ESS_ISDN =11
T1-5Ess-9- T1 5ESS 9 ISDN =12
ISDN(12), T1- T1 5ESS_10_ISDN =13
5Ess-10- T1 DMS100_ISDN =14
ISDN(13), T1- J1 TRANSPARENT = 15
Dms100- T1 NTT_ISDN =16
ISDN(14), J1- E1 AUSTEL_ISDN =17
TRANSPARENT E1 HKT_ISDN =18
(15), T1-NTT- E1 KOR_ISDN =19
ISDN(16), E1- T1 HKT_ISDN =20
AUSTEL- El QSIG=21
ISDN(17), E1- E1 TNZ_ISDN = 22
HKT-ISDN(18), T1 QSIG =23
E1-KOR- T1 IUA=28
ISDN(19), T1- E1 IUA=29
HKT-ISDN(20), E1_FRENCH_VN6_ISDN = 30
E1-QSIG(21), E1_FRENCH_VN3_ISDN =31
E1-TNZ-22(22), Tl EURO_ISDN =34
T1-EXTRA- T1_DMS100_MERIDIAN_ISDN = 35
23(23), T1- T1 NI1 ISDN =36
IUA(28), E1- E1 DUA =37
IUA(29), E1- E1l Q931 PACKETS =38
EXTRA-30(30), T1 Q931 _PACKETS =39
E1-FRENCH- E1 NI2_ISDN =40
VN3-ISDN(31), E1-CAS-R15 =41
T1-EXTRA- V5 =43
32(32), EXTRA- BRI-EURO-ISDN =50
33(33), T1- BRI-NI-2 =51
EURO-ISDN(34), BRI-DMS100 = 52
T1-DMS100- BRI-5ESS = 53
MERIDIAN- BRI-QSIG =54
ISDN(35), T1- BRI-VNG =55
NI1-ISDN(36), BRI-NTT = 56
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Parameter
Name

Type
Type

E1-DUA(37), E1-
Q931-
PACKETS(38),
T1-Q931-
PACKETS(39),
E1-NI2-
ISDN(40), E1-
CAS-R15(41),
V5(43), BRI-
EURO-ISDN(50),
BRI-NI-2(51),
BRI-
DMS100(52),
BRI-5ESS(53),
BRI-QSIG(54),
BRI-VNG(55),
BRI-NTT(56),
BRI-IUA(57)

Enum:
acCLOCK-
MASTER-
OFF(0),
acCLOCK-
MASTER-ON(1)

Clock
Master

Online

Enum: Online
EXTENDED-
SUPER-
FRAME(0),
SUPER-
FRAME(1), E1-
FRAMING-
DDF(2), E1-
FRAMING-MFF-
CRC4(3), E1-
FRAMING-MFF-
CRC4-EXT(4),
T1-FRAMING-
F4(6), T1-
FRAMING-
F12(7), T1-
FRAMING-
ESF(8), T1-
FRAMING-ESF-
CRCE6 (9), T1-
FRAMING-
F72(10), T1-
FRAMING-ESF-
CRC6-JT(11)

Framing
Method

Provisioning ' Default

Value

Description

BRI-IUA = 57.

Mib name: acTrunkProtocolType
INI Name: PROTOCOLTYPE
Profile name: Digital SIP Trunk Profile

Used to select the trunk clock source.

0 =acCLOCK_MASTER_OFF (clock
recovered from the line)

1 =acCLOCK_MASTER_ON (the trunk clock
source is provided by the internal/TDM bus
clock source depending on the parameter
TDM Bus Clock Source)

Mib name: acTrunkClockMaster

INI Name: CLOCKMASTER

Profile name: Digital SIP Trunk Profile

Selects the Framing method to be used for
this trunk.

Mib name: acTrunkFramingMethod

Profile name: Digital SIP Trunk Profile
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Parameter Type Provisioning ' Default Description
Name Type Value
Line Code Enum: Online 0 Use to select line code. B8ZS or AMI for T1
acB8zS(0), spans and HDB3 or AMI for E1 spans.
acAMI(1),
acHDB3(2) 0 = Use B8ZS line code (for T1 trunks only =
default)
1 = Use AMI line code (for T1 or E1 trunks)
2 = Use HDB3 line code (for E1 trunks only)
Mib name: acTrunkLineCode
INI Name: LINECODE
Profile name: Digital SIP Trunk Profile
Trace Level Enum: Online 0 Defines the Trace level:
acNO- acNO_TRACE =0
TRACE(0), acFULL_ISDN_TRACE =1
acFULL-ISDN- acLAYER3_ISDN_TRACE =2
TRACE(1), acONLY_ISDN_Q931_MSGS_TRACE =3
acLAYER3- acLAYER3_ISDN_TRACE_NO_DUPLICATI
ISDN-TRACE(2), ON=4
acONLY-ISDN- acFULL_ISDN_TRACE_WITH_DUPLICATIO
Q931-MSGS- N=5
TRACE(3), aclSDN_Q931 RAW_DATA TRACE =6
acLAYER3- aclSDN_Q921 RAW_DATA TRACE =7
ISDN-TRACE- aclSDN_Q931 Q921 RAW_DATA TRACE
NO- =8
DUPLICATION(4 acSS7_MTP2 =10
), acFULL-ISDN- acSS7_MTP2_AND_APPLI=11
TRACE-WITH- acSS7_MTP2_SL_L3 NO_MSU =12
DUPLICATION(5 acSS7_AAL =15
), acISDN-Q931- Mib name: acTrunkTracelLevel
RAW-DATA- INI Name: TRACELEVEL
TRACE(6), Profile name: Digital SIP Trunk Profile
aclSDN-Q921-
RAW-DATA-
TRACE(7),
aclSDN-Q931-
Q921-RAW-
DATA-
TRACE(8),
acSS7-
MTP2(10),
acSS7-MTP2-
AND-APPLI(11),
acSS7-MTP2-
SL-L3-NO-
MSU(12),
acSS7-AAL(15)
Dial Plan String Instant 0 Sets the Dial Plan name that will be used on
Name Up to 11 chars. the specific trunk.
Range = string 11 characters
Mib name: acTrunkDialPlanName
INI Name: CASTRUNKDIALPLANNAME
Profile name: Digital SIP Trunk Profile
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Parameter Type Provisioning ' Default Description
Name Type Value

Auto Clock Integer Online 0 Defines the trunk priority for auto-clock
Priority 0-100 fallback (Priority range: 0 - 100 (0 - 99 are

2.57.2 Tab: ISDN Settings

priority settings, in which 0 = highest Priority
and is the default setting; 100 = Do not
choose this trunk)

Mib name: acTrunkAutoClockPriority

INI Name: AUTOCLOCKTRUNKPRIORITY
Profile name: Not Profiled

Frame: Trunk Parameters Provisioning, Tab: ISDN Settings

Parameter Name Type  Provisioning Default Description
Type Value
Termination Side Enum: Online 0 Used to set the ISDN Termination to either
acUSER- User or Network. Termination = For ISDN
TERMINAT only.
ION- User side =0
SIDE(0), Network side =1
acNETWO Mib name:
RK- acTrunkISDNCommonTerminationSide
TERMINAT INI Name: TERMINATIONSIDE
ION- Profile name: Digital SIP Trunk Profile
SIDE(1)
Q931 Layer Integer Online 0 Bit-field used to determine several behavior
Response Bitmask options, which influence how the Q.931
Behavior;NO Bitmap- protocol behaves.
STATUS ON Ox06F8A87 Mib name:
UNKNOWN IE;NO acTrunkISDNCommonQ931LayerResponse
STATUS ON INV OP Behavior
IE;ACCEPT INI Name: ISDNIBEHAVIOR
UNKNOWN FAC Profile name: Digital SIP Trunk Profile
IE;SEND USER
CONNECT
ACK;EXPLICIT
INTERFACE
ID;ALWAYS
EXPLICIT;ACCEPT
MU LAW;EXPLICIT
PRES
SCREENING;STATU
S INCOMPATIBLE
STATE;STATUS
ERROR
CAUSE;ACCEPT A
LAW;RESTART
INDICATION;FORCE
D RESTART
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Parameter Name Type Provisioning Default Description
Type Value
Incoming Calls Integer Online 0 This is the bit-field used to determine
Behavior;DATA Bitmask several behavior options that influence how
CONN RS;VOICE | Bitmap- the ISDN Stack INCOMING calls behave.
CONN RS;CHAN ID | 0x013860 Refer to the Appendix A.8 'ISDN Flexible
IN FIRST RS;USER Behavior' in the VoPLib Reference Library
SETUP ACK;CHAN User's Manual Document #: LTRT-00740.
ID IN CALL Mib name:
PROC;PROGR IND acTrunkISDNCommonincomingCallsBehavi
IN SETUP ACK or
INI Name: ISDNINCALLSBEHAVIOR
Profile name: Digital SIP Trunk Profile
Outgoing Calls Integer Online 0 This is the bit-field used to determine
Behavior 0-65535 several behavior options that influence how
the ISDN Stack OUTGOING calls behave.
Refer to Appendix A.8 in the '"VoPLib
Reference Library User's Manual.
Mib name:
acTrunkISDNCommonOutgoingCallsBehavi
or
INI Name: ISDNOUTCALLSBEHAVIOR
Profile name: Digital SIP Trunk Profile
General CC Integer Online 0 This is the bit-field used to determine
Behavior;REVERSE | Bitmask several general ISDN behavior options.
CHAN ALLOC Bitmap- Refer to the Appendix A.8 'ISDN Flexible
ALGO;CHANID 16 = 0x07E8 Behavior' in the VoPLib Reference Library
ALLOWED;USE T1 User's Manual Document #: LTRT-00740.
PRI,USE E1 Mib name:
PRI;START WITH B acTrunkISDNCommonGeneralCCBehavior
CHAN OOS;CHAN INI Name: ISDNGENERALCCBEHAVIOR
ALLOC Profile name: Digital SIP Trunk Profile
LOWEST;CHAN
ALLOC HIGHEST
IUA Interface ID Integer Read-Only -1 Defines the IUA trunk interface ID value -
-1- unsigned integer - in RFC 3057 - SIGTRAN.
214748364 Default = OXFFFFFFFF.
7 Mib name:
acTrunkISDNCommonlualnterfaceld
Profile name: Not Profiled
D-channel Enum: Online 0 Defines D-channel configuration. This
configuration acDCH- setting is only applicable to ISDN PRI
CONFIG- protocols that support NFAS and/or D-
PRIMARY ( channel backup procedures.
0), acDCH-
CONFIG- 0 = D-channel is Primary
BACKUP(1 1 = Backup
), acDCH- 2 = NFAS
CONFIG- Mib name: acTrunkISDNNfasDchConfig
NFAS(2) INI Name: DCHCONFIG
Profile name: Digital SIP Trunk Profile
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Parameter Name Type Provisioning Default Description
Type Value
ISDN NFAS Interface Integer Online 0 Defines the Interface ID. Works with
ID 0-255 NS_EXPLICIT_INTERFACE_ID. Refer to
the VoPLib documentation(ISDN Flexible
Behavior).

Default = (unsigned char)-1.

Range = 0 to 255

Mib name: acTrunkISDNNfasInterfaceld
INI Name: ISDNNFASINTERFACEID
Profile name: Not Profiled

Group Number Integer Online 0 Relevant only for T1 ISDN NFAS trunks
0-12 indicates the group number of the NFAS

group. ;Valid NFAS group numbers are only
1to 9, 0 indicating that this trunk is not
NFAS (in this case the
ISDNNFASiInterfacelD and DchConfig
parameters are ignored).
Mib name: acTrunkISDNNfasGroupNumber
INI Name: NFASGROUPNUMBER
Profile name: Digital SIP Trunk Profile

Duplicate Q931 Buff  Integer Online 0 Activates / de-activates delivery of raw
Mode 0-255 Q.931 messages. Refer to the VoPLib

documentation ('ISDN Flexible Behavior").
Mib name:
acTrunkISDNCommonDuplicateQ931BuffM
ode
INI Name:
ISDNDUPLICATEQ931BUFFMODE
Profile name: Digital SIP Trunk Profile

NS Extension Integer Online 0 Bit-field used to determine several behavior
Behavior Bits;ANY | Bitmask options, which influence how the Q.931
UUI;DISPLAY;FACIL Bitmap- protocol behaves.
ITY REJECT 0x058 Refer to the VoPLib documentation (ISDN
Flexible Behavior).
Mib name:

acTrunkISDNCommonNSBehaviour2
INI Name: ISDNNSBEHAVIOUR?2
Profile name: Digital SIP Trunk Profile
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2.57.3 Tab: Line Settings

Frame: Trunk Parameters Provisioning, Tab: Line Settings

Parameter Type Provisioning Default Description
Name Type Value
Line Build Out Enum: Online 0 Used to select the line build out loss to be
Loss ac0DB(0), ac7- used for this trunk.
5DB(1),
ac15DB(2), ac22- 0=0dB
5DB(3) 1=75dB
2=15dB
3=225dB

Mib name: acTrunkLineBuildOutLoss
INI Name: LINEBUILDOUT.LOSS
Profile name: Digital SIP Trunk Profile

Line Build Out Enum: Online 0 Used to overwrite the Framer's XPM
Overwrite acNO-OVER- registers values (these registers control the
WRITE(0), line pulse shape).
acOVER-
WRITE(2) 0 = No overwrite

1 = Overwrite

Mib name: acTrunkLineBuildOutOverwrite
INI Name: LINEBUILDOUT.OVERWRITE
Profile name: Digital SIP Trunk Profile

Line Build Out Integer Online 0 Used to control the Framer's XPMO register
XPMO 0-255 value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
Should be used only by expert users.

Range = 0 to 255

Mib name: acTrunkLineBuildOutXPMO
INI Name: LINEBUILDOUT.XPMO
Profile name: Digital SIP Trunk Profile

Line Build Out Integer Online 0 Used to control the Framer's XPML1 register
XPM1 0-255 value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
Should be used only by expert users.

Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM1
INI Name: LINEBUILDOUT.XPM1
Profile name: Digital SIP Trunk Profile
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Parameter
Name

Line Build Out
XPM2

Type

Integer
0-255

Provisioning Default

Type

Online

2.57.4 Tab: CAS Settings

Parameter
Name

Trunk Cas
Table Index

CAS Table
per Channel

Value

0

Description

Used to control the Framer's XPM2 register
value (line pulse shape control).

Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
Should be used only by expert users.

Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM2
INI Name: LINEBUILDOUT.XPM2
Profile name: Digital SIP Trunk Profile

Frame: Trunk Parameters Provisioning, Tab: CAS Settings

Type

Integer
0-7

String

Up to 63 chars.

Provisioning Default

Type

Online

Instant

Value

0

Description

This parameter determines which CAS
protocol file to use on a specific trunk. The
index value corresponds to the number
configured for the parameter
CASFileName_X.

Range = not greater than the parameter
defining the PSTN CAS Table Num.

Mib name: acTrunkCASTablesIndex

INI Name: CASTABLEINDEX

Profile name: Digital SIP Trunk Profile

Sets the Cas protocol table index per
channel.

User need to set each channel the table
number 0-7, with comma saperator between
channels:

"1,3,1,3,1,3.."

Mib name: acTrunkCASTablePerChannel
INI Name: CASCHANNELINDEX

Profile name: Digital SIP Trunk Profile
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2575 Tab: SIP Settings

Frame: Trunk Parameters Provisioning, Tab: SIP Settings

Parameter
Name

Type
Type

Enum: Instant
NotSet(-1), LocalRB(0),
RemoteRB1(1),

RemoteRB8(8)

Progress
Indicator
To ISDN

Enum: Instant
NotConfigured(-1),
DoNotPlay(0),
PlayOnLocal(1), Preferlp(2),
PlayLocalUntiiRemoteMediaA

rrives(3)

Play Ring
Back Tone
To Tel

Transfer Enum: Instant
Capability DoNotOverwrite(-1),
To ISDN 'Modem(0), Voice(1), Data(2),

Audio(3)

Enum: Instant

pbx(0), gateway(1)

Local
ISDN RB
Source

Pl For Integer Instant
Disconnec -1-8

t Msg

Provisioning Default
Value

-1

Description

Override the value of progress
indicator to ISDN side in ALERT
PROGRESS and PROCEEDING
messages

Mib name:
progressindicatorTolISDNValue
INI Name:
PROGRESSINDICATOR2ISDN
Profile name: Digital SIP Trunk
Profile

Enable ringback tone playing towards
trunk side. Refer to User's Manual for
details

Mib name:
playRBToneToTrunkValue

INI Name: PLAYRBTONE2TRUNK
Profile name: Digital SIP Trunk
Profile

Send transfer capability to ISDN side
on setup message -1:Do not
Overwrite 0:Audio 3.1 1:Speech
2:Data 3:Audio

Mib name:
iISDNTransferCapabilityValue

INI Name:
ISDNTRANSFERCAPABILITY
Profile name: Digital SIP Trunk
Profile

If the ringback tone source is not IP,
who should supply the Ringback
tone. 0 - PBX/PSTN (default) ; 1- GW
Mib name: locallSDNRBSourceValue
INI Name: LOCALISDNRBSOURCE
Profile name: Digital SIP Trunk
Profile

Configure PIForDisconnectMsg in
order to overwrite Pl value received
in ISDN Disconnect message

Mib name: plForDisconnectMsgValue
INI Name:
PIFORDISCONNECTMSG

Profile name: Digital SIP Trunk
Profile
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Parameter
Name

Type
Type

Trunk Enum: Instant
Transfer none(0), casNFA(1), iISDN(2),
Mode casNormal(3),
QSIGSingleStep(4),

QSIGPathReplacement(5)

PSTN Integer

Alert -1-600
Timeout

Value

Instant

RTP Only
Mode For
Trunk

Enum: Instant
NotConfigured(-1),
Disable(0),
TransmitReceive(1),
TransmitOnly(2),

ReceiveOnly(3)

B Channel
Negotiatio
n For
Trunk
Mode

Enum: Instant
NotConfigured(-1),
Preferred(0), Exclusive(l),

Any(2)

Digital Enum: Instant
OOS NotConfigured(-1), default(0),

Behavior | Service(1), dChannel(2),

For Trunk Alarm(3), Block(4)

Value

Provisioning Default
Value

0

Description

The type of transfer the PSTN/PBX
supports

Mib name: trunkTransferMode

INI Name: TRUNKTRANSFERMODE
Profile name: Digital SIP Trunk
Profile

Max time (in seconds) to wait for
connect from PSTN

Mib name: pSTNAlertTimeoutValue
INI Name:
TRUNKPSTNALERTTIMEOUT
Profile name: Digital SIP Trunk
Profile

immediately. -1 - takes the
RTPONLYMODE global value per
gatewa O - regular call establishment.
1 - The RTP channel open for Rx
And Tx. 2-The RTP channel open
only for Tx 3 -The RTP channel open
only fo Rx

Mib name:
rtpOnlyModeForTrunkRtpOnlyModeF
orTrunk

INI Name:
RTPONLYMODEFORTRUNK

Profile name: Digital SIP Trunk
Profile

ISDN B-Channel negotiation mode
for trunk

put MODE_NOT_SET (-1) to use
BCHANNELNEGOTIATION per
Gateway

Mib name:
acBChannelNegotiationForTrunkMod
e

INI Name:
BCHANNELNEGOTIATIONFORTRU
NK

Profile name: Digital SIP Trunk
Profile

Digital OOS Behavior for trunk put
OOS_NOT_SET (-1) to use
DIGITALOOSBEHAVIOR per
Gateway

Mib name:
acDigitalOOSBehaviorForTrunkValue
INI Name:
DIGITALOOSBEHAVIORFORTRUN
K

Profile name: Digital SIP Trunk
Profile
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Parameter Type Provisioning Default Description
Name Type Value
Remove Enum: Instant 0 Remove Calling Name For Trunk
Calling NotConfigured(-1), table .Set (-1) to use the global
Name For Disable(0), Enable(1) parameter
Trunk digitalGWextRemoveCallingName.
Mode Mib name:
acRemoveCallingNameForTrunkMod
e
INI Name:
REMOVECALLINGNAMEFORTRUN
K
Profile name: Digital SIP Trunk
Profile
Call Enum: Instant 0 Call Rerouting Mode. Setto 1 to
Rerouting none(0), enable ISDN call rerouting
Mode isdnReroutingEnabled(1) Mib name:
acCallReroutingModeForTrunkMode
INI Name: CALLREROUTINGMODE
Profile name: Digital SIP Trunk
Profile
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2.58 Frame: Trunk Parameters Provisioning

2.58.1 Tab: General Settings

Frame: Trunk Parameters Provisioning, Tab: General Settings

Parameter Type Provisioning ' Default Description
Name Type Value
Protocol Type Enum: Online 0 Used to set the PSTN protocol to be used for
NONE(0), this trunk. Relevant only when
E1EurolSDN(1) TDMBusType=acFRAMERS (2).
, T1Cas(2), Either:
T1RawCas(3), NONE =0
T1Transparent( E1_EURO_ISDN =1
4), T1 CAS=2
ElTransparent T1 RAW_CAS =3
31(5), T1 TRANSPARENT =4
ElTransparent E1_TRANSPARENT 31 =5
30(6), E1 TRANSPARENT 30=6
E1Mfcr2(7), E1l MFCR2=7
E1CasR2(8), E1 CAS=8
E1RawCAS(9), E1l RAW_CAS=9
T1- T1 NI2_ISDN =10
NI2ISDN(10), T1 4ESS_ISDN =11
T1- T1 5ESS 9 ISDN =12
4EssISDN(11), T1 5ESS_10_ISDN =13
T1-5Ess-9- T1 DMS100_ISDN =14
ISDN(12), T1- J1 TRANSPARENT = 15
5Ess-10- T1 NTT_ISDN =16
ISDN(13), T1- E1 AUSTEL_ISDN =17
Dms100- E1 HKT_ISDN =18
ISDN(14), J1- E1 KOR_ISDN =19
TRANSPAREN T1 HKT_ISDN =20
T(15), T1-NTT- El QSIG=21
ISDN(16), E1- E1 TNZ_ISDN = 22
AUSTEL- T1 QSIG =23
ISDN(17), E1- T1_IUA=28
HKT-ISDN(18), E1 IUA=29
E1-KOR- E1_FRENCH_VN6_ISDN = 30
ISDN(19), T1- E1_FRENCH_VN3_ISDN =31
HKT-ISDN(20), T1 EURO_ISDN =34
E1-QSIG(21), T1_DMS100_MERIDIAN_ISDN = 35
E1-TNZ-22(22), T1 NI1 ISDN =36
T1-EXTRA- E1 DUA =37
23(23), T1- E1l Q931 PACKETS =38
IUA(28), E1- T1 Q931 _PACKETS =39
IUA(29), E1- E1 NI2_ISDN =40
EXTRA-30(30), E1-CAS-R15 =41
E1-FRENCH- V5 =43
VN3-ISDN(31), BRI-EURO-ISDN =50
T1-EXTRA- BRI-NI-2 =51
32(32), BRI-DMS100 = 52
EXTRA-33(33), BRI-5ESS = 53
T1-EURO- BRI-QSIG =54
ISDN(34), T1- BRI-VNG =55
DMS100- BRI-NTT = 56
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Parameter Type Provisioning ' Default Description
Name Type Value
MERIDIAN- BRI-IUA = 57.
ISDN(35), T1-
NI1-ISDN(36), Mib name: acTrunkProtocolType
E1-DUA(37), INI Name: PROTOCOLTYPE
E1-Q931- Profile name: Digital SIP Trunk Profile
PACKETS(38),
T1-Q931-
PACKETS(39),
E1-NI2-
ISDN(40), E1-
CAS-R15(41),
V5(43), BRI-
EURO-
ISDN(50), BRI-
NI-2(51), BRI-
DMS100(52),
BRI-5ESS(53),
BRI-QSIG(54),
BRI-VNG(55),
BRI-NTT(56),
BRI-IUA(57)
Clock Master Enum: Online 0 Used to select the trunk clock source.
acCLOCK-
MASTER- 0 = acCLOCK_MASTER_OFF (clock
OFF(0), recovered from the line)
acCLOCK- 1 =acCLOCK_MASTER_ON (the trunk clock
MASTER- source is provided by the internal/TDM bus
ON(1) clock source depending on the parameter
TDM Bus Clock Source)
Mib name: acTrunkClockMaster
INI Name: CLOCKMASTER
Profile name: Digital SIP Trunk Profile
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Parameter Type Provisioning ' Default Description
Name Type Value

Framing Enum: Online 0 Selects the Framing method to be used for
Method EXTENDED- this trunk.
SUPER- Mib name: acTrunkFramingMethod

FRAME(0O), Profile name: Digital SIP Trunk Profile
SUPER-

FRAME(1), E1-
FRAMING-
DDF(2), E1-
FRAMING-

MFF-CRC4(3),

E1-FRAMING-
MFF-CRC4-
EXT(4), T1-
FRAMING-
FA(6), T1-
FRAMING-
F12(7), T1-
FRAMING-
ESF(8), T1-
FRAMING-

ESF-CRCS (9),

T1-FRAMING-

F72(10), T1-

FRAMING-

ESF-CRC6-
JT(11)

Line Code Enum: Online 0 Use to select line code. B8ZS or AMI for T1
acB8zS5(0), spans and HDB3 or AMI for E1 spans.
acAMI(1),
acHDB3(2) 0 = Use B8ZS line code (for T1 trunks only =
default)
1 = Use AMI line code (for T1 or E1 trunks)
2 = Use HDB3 line code (for E1 trunks only)
Mib name: acTrunkLineCode
INI Name: LINECODE
Profile name: Digital SIP Trunk Profile
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Parameter Type Provisioning ' Default Description
Name Type Value
Trace Level Enum: Online 0 Defines the Trace level:
acNO- acNO_TRACE =0
TRACE(0), acFULL_ISDN_TRACE =1
acFULL-ISDN- acLAYER3_ISDN_TRACE =2
TRACE(1), acONLY_ISDN_Q931 MSGS_TRACE =3
acLAYERS3- acLAYER3 _ISDN_TRACE_NO_DUPLICATI
ISDN- ON=4
TRACE(2), acFULL_ISDN_TRACE_WITH_DUPLICATIO
acONLY-ISDN- N=5
Q931-MSGS- aclSDN_Q931_RAW_DATA TRACE =6
TRACE(3), aclSDN_Q921 RAW_DATA TRACE =7
acLAYER3- aclSDN_Q931_Q921 RAW_DATA _TRACE
ISDN-TRACE- =8
NO- acSS7_MTP2 =10
DUPLICATION acSS7_MTP2_AND_APPLI =11
(4), acFULL- acSS7_MTP2_SL_L3 NO _MSU =12
ISDN-TRACE- acSS7_AAL =15
WITH- Mib name: acTrunkTracelLevel
DUPLICATION INI Name: TRACELEVEL
(5), acISDN- Profile name: Digital SIP Trunk Profile
Q931-RAW-
DATA-
TRACE(6),
aclSDN-Q921-
RAW-DATA-
TRACE(7),
aclSDN-Q931-
Q921-RAW-
DATA-
TRACE(8),
acSS7-
MTP2(10),
acSS7-MTP2-
AND-
APPLI(11),
acSS7-MTP2-
SL-L3-NO-
MSU(12),
acSS7-AAL(15)
Dial Plan String Instant 0 Sets the Dial Plan hame that will be used on
Name Up to 11 chars. the specific trunk.
Range = string 11 characters
Mib name: acTrunkDialPlanName
INI Name: CASTRUNKDIALPLANNAME
Profile name: Digital SIP Trunk Profile
Auto Clock Integer Online 0 Defines the trunk priority for auto-clock
Priority 0-100 fallback (Priority range: 0 - 100 (0 - 99 are
priority settings, in which 0 = highest Priority
and is the default setting; 100 = Do not
choose this trunk)
Mib name: acTrunkAutoClockPriority
INI Name: AUTOCLOCKTRUNKPRIORITY
Profile name: Not Profiled
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2.58.2 Tab: ISDN Settings

Frame: Trunk Parameters Provisioning, Tab: ISDN Settings

Parameter Name Type Provisioning Default Description
Type Value
Termination Side Enum: Online 0 Used to set the ISDN Termination to either
acUSER- User or Network. Termination = For ISDN
TERMINAT only.
ION- User side =0
SIDE(0), Network side = 1
acNETWO Mib name:
RK- acTrunkISDNCommonTerminationSide
TERMINAT INI Name: TERMINATIONSIDE
ION- Profile name: Digital SIP Trunk Profile
SIDE(1)
Q931 Layer Integer Online 0 Bit-field used to determine several behavior
Response Bitmask options, which influence how the Q.931
Behavior;NO Bitmap- protocol behaves.
STATUS ON 0x06F8A87 Mib name:
UNKNOWN IE;NO acTrunkISDNCommonQ931LayerResponse
STATUS ON INV OP Behavior
IE;ACCEPT INI Name: ISDNIBEHAVIOR
UNKNOWN FAC Profile name: Digital SIP Trunk Profile
IE;SEND USER
CONNECT
ACK;EXPLICIT
INTERFACE
ID;ALWAYS
EXPLICIT;ACCEPT
MU LAW;EXPLICIT
PRES
SCREENING;STATU
S INCOMPATIBLE
STATE;STATUS
ERROR
CAUSE;ACCEPT A
LAW;RESTART
INDICATION;FORCE
D RESTART
Incoming Calls Integer Online 0 This is the bit-field used to determine
Behavior;DATA Bitmask several behavior options that influence how
CONN RS;VOICE | Bitmap- the ISDN Stack INCOMING calls behave.
CONN RS;CHAN ID  0x013860 Refer to the Appendix A.8 'ISDN Flexible
IN FIRST RS;USER Behavior' in the VoPLib Reference Library
SETUP ACK;CHAN User's Manual Document #: LTRT-00740.
ID IN CALL Mib name:
PROC;PROGR IND acTrunkISDNCommonincomingCallsBehavi
IN SETUP ACK or
INI Name: ISDNINCALLSBEHAVIOR
Profile name: Digital SIP Trunk Profile
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Parameter Name Type Provisioning Default Description
Type Value
Outgoing Calls Integer Online 0 This is the bit-field used to determine
Behavior 0-65535 several behavior options that influence how
the ISDN Stack OUTGOING calls behave.
Refer to Appendix A.8 in the 'VoPLib
Reference Library User's Manual.
Mib name:
acTrunkISDNCommonOutgoingCallsBehavi
or
INI Name: ISDNOUTCALLSBEHAVIOR
Profile name: Digital SIP Trunk Profile
General CC Integer Online 0 This is the bit-field used to determine
Behavior;,REVERSE | Bitmask several general ISDN behavior options.
CHAN ALLOC Bitmap- Refer to the Appendix A.8 'ISDN Flexible
ALGO;CHANID 16 = OxO7ES8 Behavior' in the VoPLib Reference Library
ALLOWED;USE T1 User's Manual Document #: LTRT-00740.
PRI,USE E1 Mib name:
PRI;START WITH B acTrunkISDNCommonGeneralCCBehavior
CHAN OOS;CHAN INI Name: ISDNGENERALCCBEHAVIOR
ALLOC Profile name: Digital SIP Trunk Profile
LOWEST;CHAN
ALLOC HIGHEST
IUA Interface ID Integer Read-Only -1 Defines the IUA trunk interface ID value -
-1- unsigned integer - in RFC 3057 - SIGTRAN.
214748364 Default = OXFFFFFFFF.
7 Mib name:
acTrunkISDNCommonlualnterfaceld
Profile name: Not Profiled
D-channel Enum: Online 0 Defines D-channel configuration. This
configuration acDCH- setting is only applicable to ISDN PRI
CONFIG- protocols that support NFAS and/or D-
PRIMARY ( channel backup procedures.
0), acDCH-
CONFIG- 0 = D-channel is Primary
BACKUP(1 1 = Backup
), acDCH- 2 = NFAS
CONFIG- Mib name: acTrunkISDNNfasDchConfig
NFAS(2) INI Name: DCHCONFIG
Profile name: Digital SIP Trunk Profile
ISDN NFAS Interface Integer Online 0 Defines the Interface ID. Works with
ID 0-255 NS_EXPLICIT_INTERFACE_ID. Refer to
the VoPLib documentation(ISDN Flexible
Behavior).
Default = (unsigned char)-1.
Range = 0 to 255
Mib name: acTrunkISDNNfasInterfaceld
INI Name: ISDNNFASINTERFACEID
Profile name: Not Profiled
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Parameter Name Type

Type

Integer Online

0-12

Group Number

Duplicate Q931 Buff Online

Mode

Integer
0-255

NS Extension Integer Online
Behavior Bits;ANY | Bitmask
UUI;DISPLAY;FACIL Bitmap-

ITY REJECT 0x058

Provisioning Default

Value

0

0

0

Description

Relevant only for T1 ISDN NFAS trunks
indicates the group number of the NFAS
group. ;Valid NFAS group numbers are only
1to 9, 0 indicating that this trunk is not
NFAS (in this case the
ISDNNFASInterfacelD and DchConfig
parameters are ignored).

Mib name: acTrunkISDNNfasGroupNumber
INI Name: NFASGROUPNUMBER

Profile name: Digital SIP Trunk Profile

Activates / de-activates delivery of raw
Q.931 messages. Refer to the VoPLib
documentation ('ISDN Flexible Behavior").
Mib name:
acTrunkISDNCommonDuplicateQ931BuffM
ode

INI Name:
ISDNDUPLICATEQ931BUFFMODE

Profile name: Digital SIP Trunk Profile

Bit-field used to determine several behavior
options, which influence how the Q.931
protocol behaves.

Refer to the VoPLib documentation (ISDN
Flexible Behavior).

Mib name:
acTrunkISDNCommonNSBehaviour2

INI Name: ISDNNSBEHAVIOUR2

Profile name: Digital SIP Trunk Profile
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2.58.3 Tab: Line Settings

Frame: Trunk Parameters Provisioning, Tab: Line Settings

Parameter Type Provisioning Default Description
Name Type Value
Line Build Out Enum: Online 0 Used to select the line build out loss to be
Loss ac0DB(0), ac7- used for this trunk.
5DB(1),
ac15DB(2), ac22- 0=0dB
5DB(3) 1=75dB
2=15dB
3=225dB

Mib name: acTrunkLineBuildOutLoss
INI Name: LINEBUILDOUT.LOSS
Profile name: Digital SIP Trunk Profile

Line Build Out Enum: Online 0 Used to overwrite the Framer's XPM
Overwrite acNO-OVER- registers values (these registers control the
WRITE(0), line pulse shape).
acOVER-
WRITE(2) 0 = No overwrite

1 = Overwrite

Mib name: acTrunkLineBuildOutOverwrite
INI Name: LINEBUILDOUT.OVERWRITE
Profile name: Digital SIP Trunk Profile

Line Build Out Integer Online 0 Used to control the Framer's XPMO register
XPMO 0-255 value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
Should be used only by expert users.

Range = 0 to 255

Mib name: acTrunkLineBuildOutXPMO
INI Name: LINEBUILDOUT.XPMO
Profile name: Digital SIP Trunk Profile

Line Build Out Integer Online 0 Used to control the Framer's XPML1 register
XPM1 0-255 value (line pulse shape control).
Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
Should be used only by expert users.

Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM1
INI Name: LINEBUILDOUT.XPM1
Profile name: Digital SIP Trunk Profile
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Parameter Type Provisioning Default Description
Name Type Value
Line Build Out Integer Online 0 Used to control the Framer's XPM2 register
XPM2 0-255 value (line pulse shape control).

Applicable only when
TrunkConfig.LineBuildOut.Overwrite=1.
Should be used only by expert users.

Range = 0 to 255

Mib name: acTrunkLineBuildOutXPM2
INI Name: LINEBUILDOUT.XPM2
Profile name: Digital SIP Trunk Profile
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2.58.4 Tab: CAS Settings

Parameter
Name

Trunk Cas
Table Index

CAS Table
per Channel

Frame: Trunk Parameters Provisioning, Tab: CAS Settings

Type

Integer
0-7

String

Up to 63 chars.

Provisioning Default

Type

Online

Instant

Value

0

Description

This parameter determines which CAS
protocol file to use on a specific trunk. The
index value corresponds to the number
configured for the parameter
CASFileName_X.

Range = not greater than the parameter
defining the PSTN CAS Table Num.

Mib name: acTrunkCASTablesIndex

INI Name: CASTABLEINDEX

Profile name: Digital SIP Trunk Profile

Sets the Cas protocol table index per
channel.

User need to set each channel the table
number 0-7, with comma saperator between
channels:

"1,3,1,3,1,3.."

Mib name: acTrunkCASTablePerChannel
INI Name: CASCHANNELINDEX

Profile name: Digital SIP Trunk Profile
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2.58.5 Tab: SIP Settings

Frame: Trunk Parameters Provisioning, Tab: SIP Settings

Parameter Type
Name Type
Progress Enum: Instant
Indicator To| NotSet(-1), LocalRB(0),
ISDN RemoteRB1(1),
RemoteRB8(8)
Play Ring Enum: Instant
Back Tone NotConfigured(-1),
To Tel DoNotPlay(0),
PlayOnLocal(1),

Preferlp(2),
PlayLocalUntilRemoteMed
iaArrives(3)

Transfer Enum: Instant
Capability DoNotOverwrite(-1),
To ISDN Modem(0), Voice(1),
Data(2), Audio(3)
Local ISDN Enum: Instant
RB Source pbx(0), gateway(1)
Pl For Integer Instant
Disconnect -1-8
Msg

Provisioning Default
Value

-1

Description

Override the value of progress
indicator to ISDN side in ALERT
PROGRESS and PROCEEDING
messages

Mib name:
progressindicatorTolISDNValue
INI Name:
PROGRESSINDICATOR2ISDN
Profile name: Digital SIP Trunk
Profile

Enable ringback tone playing towards
trunk side. Refer to User's Manual for
details

Mib name:
playRBToneToTrunkValue

INI Name: PLAYRBTONE2TRUNK
Profile name: Digital SIP Trunk
Profile

Send transfer capability to ISDN side
on setup message -1:Do not
Overwrite 0:Audio 3.1 1:Speech
2:Data 3:Audio

Mib name:
iSDNTransferCapabilityValue

INI Name:
ISDNTRANSFERCAPABILITY
Profile name: Digital SIP Trunk
Profile

If the ringback tone source is not IP,
who should supply the Ringback
tone. 0 - PBX/PSTN (default) ; 1- GW
Mib name: locallSDNRBSourceValue
INI Name: LOCALISDNRBSOURCE
Profile name: Digital SIP Trunk
Profile

Configure PIForDisconnectMsg in
order to overwrite Pl value received
in ISDN Disconnect message

Mib name: plForDisconnectMsgValue
INI Name:
PIFORDISCONNECTMSG

Profile name: Digital SIP Trunk
Profile
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Parameter
Name

Trunk
Transfer
Mode

PSTN Alert
Timeout
Value

RTP Only
Mode For
Trunk

B Channel
Negotiation

Type
Type

Enum: Instant
none(0), casNFA(1),
iSDN(2), casNormal(3),

QSIGSingleStep(4),

QSIGPathReplacement(5)

Integer Instant

-1-600

Enum: Instant
NotConfigured(-1),
Disable(0),
TransmitReceive(1),
TransmitOnly(2),

ReceiveOnly(3)

Enum: Instant

NotConfigured(-1),

For Trunk Preferred(0), Exclusive(1),

Mode

Digital OOS
Behavior
For Trunk
Value

Any(2)

Enum: Instant
NotConfigured(-1),

default(0), Service(1),

dChannel(2), Alarm(3),

Block(4)

Provisioning Default
Value

0

Description

The type of transfer the PSTN/PBX
supports

Mib name: trunkTransferMode

INI Name: TRUNKTRANSFERMODE
Profile name: Digital SIP Trunk
Profile

Max time (in seconds) to wait for
connect from PSTN

Mib name: pSTNAlertTimeoutValue
INI Name:
TRUNKPSTNALERTTIMEOUT
Profile name: Digital SIP Trunk
Profile

immediately. -1 - takes the
RTPONLYMODE global value per
gatewa O - regular call establishment.
1 - The RTP channel open for Rx
And Tx. 2-The RTP channel open
only for Tx 3 -The RTP channel open
only fo Rx

Mib name:
rtpOnlyModeForTrunkRtpOnlyModeF
orTrunk

INI Name:
RTPONLYMODEFORTRUNK

Profile name: Digital SIP Trunk
Profile

ISDN B-Channel negotiation mode
for trunk

put MODE_NOT_SET (-1) to use
BCHANNELNEGOTIATION per
Gateway

Mib name:
acBChannelNegotiationForTrunkMod
e

INI Name:
BCHANNELNEGOTIATIONFORTRU
NK

Profile name: Digital SIP Trunk
Profile

Digital OOS Behavior for trunk put
OOS_NOT_SET (-1) to use
DIGITALOOSBEHAVIOR per
Gateway

Mib name:
acDigitalOOSBehaviorForTrunkValue
INI Name:
DIGITALOOSBEHAVIORFORTRUN
K

Profile name: Digital SIP Trunk
Profile
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Parameter Type Provisioning Default Description
Name Type Value
Remove Enum: Instant 0 Remove Calling Name For Trunk
Calling NotConfigured(-1), table .Set (-1) to use the global
Name For Disable(0), Enable(1) parameter
Trunk Mode digitalGWextRemoveCallingName.
Mib name:
acRemoveCallingNameForTrunkMod
e
INI Name:
REMOVECALLINGNAMEFORTRUN
K
Profile name: Digital SIP Trunk
Profile
Call Enum: Instant 0 Call Rerouting Mode. Setto 1 to
Rerouting none(0), enable ISDN call rerouting
Mode isdnReroutingEnabled(1) Mib name:
acCallReroutingModeForTrunkMode
INI Name: CALLREROUTINGMODE
Profile name: Digital SIP Trunk
Profile
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2.59 Frame: UAL Group

2.59.1 Tab: General Info

Frame: UAL Group , Tab: General Info

Parameter Type Provisioning Default Description
Name Type Value
ID Integer Online 0 SS7 (Signaling System 7) SIGTRAN
0-65534 (Signaling Transport) Interface Group Id.
Mib name: acSS7SigTranlFGroupld
INI Name: SS7_IF_GR_ID
Profile name: Not Profiled
Sg Mgc Enum: Online 0 Interface Group function - Signaling Gateway
nat(1), mgc(77), (SG) or Media Gateway Controller (MGC).
sg(83) Mib name: acSS7SigTranlFGroupSgMgc
INI Name: SS7_SIG_SG_MGC
Profile name: Not Profiled
Signaling Enum: Online 0 UAL type of interface group:
Layer noLayer(0), iua(l), 0 =none
m2ua(2), m3ua(3), 1=iva
m2tunnel(4), 2 =m2ua
dua(6) 3 =m3ua
4 = m2tunnel
6 = dua.
Mib name:
acSS7SigTranlFGroupSignalingLayer
INI Name: SS7_SIG_LAYER
Profile name: Not Profiled
Traf Mode Enum: Online 1 Traffic mode of interface group.
override(1), Mib name: acSS7SigTranlFGroupTrafMode
loadShare(2), INI Name: SS7_SIG_TRAF_MODE
broadcast(3) Profile name: Not Profiled
Recov Timer Integer Online 0 T(r) - recovery timer (in msecs) of interface
0-10000000 group.
Mib name: acSS7SigTranlFGroupRecovTimer
INI Name: SS7_SIG_T_REC
Profile name: Not Profiled
Ack Timer Integer Online 0 T(ack) - wait timer for ASP_UP_ACK (in
0-10000000 msecs) of interface group.
Mib name: acSS7SigTranlFGroupAckTimer
INI Name: SS7_SIG_T_ACK
Profile name: Not Profiled
HB Timer Integer Online 0 T(beat) - Heartbeat Timer (in msecs) of
0-10000000 interface group.
Mib name: acSS7SigTranlFGroupHBTimer
INI Name: SS7_SIG_T_HB
Profile name: Not Profiled
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Parameter
Name

Min Asp

Behavior

SCTP Inst

SCTP Local
Port

Network

SCTP Dest
Port

Dest Ip

SCTP Max
Inband
Streams

SCTP Max
Outband
Streams

Type

Integer
1-10

Integer

0-2147483647

Integer
0-65534

Integer

0-2147483647

Enum:

itu(1), ansi(2),

china(3)

Integer
0-65534

IPAddress

Integer
2-65534

Integer
2-65534

Provisioning Default

Type

Online

Online

Read-Only

Online

Online

Online

Online

Online

Online

Value

1

Description

Minimal ASP (Application Server Process)
number in interface group(minimum = 1).
Mib name: acSS7SigTranlFGroupMinAsp
INI Name: SS7_SIG_MIN_ASP

Profile name: Not Profiled

Behavior bit of interface group.

Mib name: acSS7SigTranlFGroupBehavior
INI Name: SS7_SIG_BEHAVIOUR

Profile name: Not Profiled

SCTP (Stream Control Transmission Protocol)
instance of interface group.

Mib name: acSS7SigTranlFGroupSCTPInst
INI Name: SS7_SCTP_INSTANCE

Profile name: Not Profiled

Local SCTP (Stream Control Transmission
Protocol) port of interface group.

Mib name:
acSS7SigTranlFGroupSCTPLocalPort

INI Name: SS7_LOCAL_SCTP_PORT
Profile name: Not Profiled

Network variant of interface group.

Mib name: acSS7SigTranlFGroupNetwork
INI Name: SS7_SIG_NETWORK

Profile name: Not Profiled

Destination SCTP (Stream Control
Transmission Protocol) port.

Mib name:
acSS7SigTranlFGroupSCTPDestPort
INI Name: SS7_DEST_SCTP_PORT
Profile name: Not Profiled

Destination SCTP (Stream Control
Transmission Protocol) IP address.

Mib name: acSS7SigTranlFGroupDestlp
INI Name: SS7_DEST _IP

Profile name: Not Profiled

Maximum inbound streams in interface group.
Mib name:
acSS7SigTranlFGroupSCTPMaxInbStreams
INI Name: SS7_MGC_MX_IN_STREAM
Profile name: Not Profiled

Number of output streams required in
interface group.

Mib name:
acSS7SigTranlFGroupSCTPMaxOutbStreams
INI Name: SS7_MGC_NUM_OUT_STREAM
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Rdcy Board Integer Online 0 This parameter is used to specify the
Num 0-255 SIGTRAN (Signaling Transport) group
redundancy board number.
Mib name:
acSS7SigTranlFGroupRdcyBoardNum
INI Name: RDCYBOARDNUM
Profile name: Not Profiled
Routing Integer Online -1 Entry in Routing Context table, that contains
Context -1-15 the routing context rules for this interface
Index group.
Mib name:
acSS7SigTranlFGroupRoutingContextindex
INI Name: SS7_SIG_RC_INDEX
Profile name: Not Profiled
Routing Integer Online -1 Routing context value for this interface group
Context -1-2147483647 (AS).
Value Mib name:
acSS7SigTranlFGroupRoutingContextValue
INI Name: SS7_SIG_RC_VALUE
Profile name: Not Profiled
Network Integer Online -1 Network Appearance value for this interface
Appearance -1-2147483647 group (AS).
Mib name:
acSS7SigTranlFGroupNetworkAppearance
INI Name:
SS7_SIG_NETWORK_APPEARANCE
Profile name: Not Profiled
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2.60 Frame: UAL Interface

2.60.1 Tab: UAL Interface

Frame: UAL Interface, Tab: UAL Interface

Parameter
Name

Type

Value Integer

0-2147483647

Name String

Up to 15 chars.

Owner Group Integer

-1-65534

Signaling Enum:

Layer
m2ua(2),

m2tunnel(4),

dua(6)

Nai Integer

-2-124

nolLayer(0), iua(l),

Provisioning Default
Type Value

Online 0

Online

Online -1

Online -1

Online -2

Description

SS7 (Signaling System 7) SIGTRAN
(Signaling Transport) interface ID value.
Mib name: acSS7SigTranlFIDValue

INI Name: SS7_SIG_IF_ID_VALUE
Profile name: Not Profiled

SS7 (Signaling System 7) SIGTRAN
(Signaling Transport) interface ID name
(text string).

Mib name: acSS7SigTranlFIDName

INI Name: SS7_SIG_IF_ID_NAME
Profile name: Not Profiled

Owner group of interface id.

Mib name: acSS7SigTranlFIDOwnerGroup
INI Name:
SS7_SIG_IF_ID_OWNER_GROUP

Profile name: Not Profiled

UAL Type of interface id:

0 = none

1=iua

2 = m2ua

4 = m2tunnel

6 = dua

Mib name:
acSS7SigTranlFIDSignalingLayer
INI Name: SS7_SIG_IF_ID_LAYER
Profile name: Not Profiled

NAI of interface id.

Mib name: acSS7SigTranlFIDNai
INI Name: SS7_SIG_IF_ID_NAI
Profile name: Not Profiled
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2.61 Frame: Voice Quality Rules

2.61.1 Tab: Voice Quality Rules

Frame: Voice Quality Rules, Tab: Voice Quality Rules

Parameter Type Provisioning Default Description
Name Type Value
Monitored Enum: Online 0 MonitoredParam
Param Mos(0), Mib name: acCPQOERulesMonitoredParam
Delay(1), INI Name: QOERULES_MONITOREDPARAM
PacketLoss(2 Profile name: Not Profiled
), Jitter(3),
Rerl(4)
Direction Enum: Online 0 Whether the paramter is monitored on the
DeviceSide(0) remote or local side.
, Mib name: acCPQOERulesDirection
RemoteSide( INI Name: QOERULES_DIRECTION
1) Profile name: Not Profiled
Profile Enum: Online 2 Profile
noProfile(0), Mib name: acCPQOERulesProfile
lowSensitivity INI Name: QOERULES_PROFILE
(), Profile name: Not Profiled
defaultSensiti
vity(2),
highSensitivit
y(3)
Green Integer Online 0 GreenYellowThreshold
Yellow 0- Mib name:
Threshold 4294967295 acCPQOERulesGreenYellowThreshold
INI Name:

QOERULES_GREENYELLOWTHRESHOLD
Profile name: Not Profiled

Green Integer Online 0 GreenYellowHystersis
Yellow 0- Mib name:
Hystersis | 4294967295 acCPQOERulesGreenYellowHystersis
INI Name:

QOERULES GREENYELLOWHYSTERESIS
Profile name: Not Profiled

Yellow Red Integer Online 0 YellowRedThreshold
Threshold 0- Mib name: acCPQOERulesYellowRedThreshold
4294967295 INI Name:

QOERULES_YELLOWREDTHRESHOLD
Profile name: Not Profiled

Yellow Red Integer Online 0 YellowRedHystersis
Hystersis 0- Mib name: acCPQOERulesYellowRedHystersis
4294967295 INI Name:

QOERULES_YELLOWREDHYSTERESIS
Profile name: Not Profiled
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Parameter Type Provisioning Default Description
Name Type Value
Green Enum: Online 1 The operation upon crossing green to yellow
Yellow Notify(1), threshold.
Operation |Activate2198( Mib name:
2) acCPQOERulesGreenYellowOperation
INI Name:
QOERULES_GREENYELLOWOPERATION
Profile name: Not Profiled
Green Integer Online 1 The specific details for the operation (relevant to
Yellow 0-255 Activate2198 only).
Operation Mib name:
Details acCPQOERulesGreenYellowOperationDetails
INI Name:
QOERULES_GREENYELLOWOPERATIONDE
TAILS
Profile name: Not Profiled
Yellow Red Enum: Online 1 The operation upon crossing yellow to red
Operation Notify(1), threshold.
Activate2198( Mib name: acCPQOERulesYellowRedOperation
2) INI Name:
QOERULES_YELLOWREDOPERATION
Profile name: Not Profiled
Yellow Red Integer Online 1 The specific details for the operation (relevant to
Operation 0-255 Activate2198 only).
Details Mib name:
acCPQOERulesYellowRedOperationDetails
INI Name:
QOERULES_YELLOWREDOPERATIONDETAI
LS
Profile name: Not Profiled
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2.62 Frame: Web Provisioning

2.62.1 Tab: Access Settings

Parameter
Name

Index

Disable WEB
Config

User Name

HTTPS Only

User Code

HTTPS Port

Frame: Web Provisioning, Tab: Access Settings

Type

Enum:
administrator(0),
monitoringLevel(1)

Enum:
Enable(0), Disable(1)

String

Enum:
disable(0), enable(1)

String

Integer
0-65535

Provisioning Default

Type
Read-Only

Offline

Instant

Offline

Instant

Offline

Value

1

60

60

443

Description

WEB Access index

Mib name:
acSysWEBAccessIndex
Profile name: Not Profiled

Enables or disables Web
Configuration.

0 = Read And Write mode
(default)

1 = Read Only mode

Mib name:
acSysWEBConfigDisable

INI Name: DISABLEWEBCONFIG
Profile name: Not Profiled

WEB Basic user name. Range =
String[26]

Mib name:
acSysWEBAccessUserName
INI Name:
WEBACCESSUSERNAME
Profile name: Not Profiled

Use this parameter to allow only
HTTPS connections (force
security). When set to 1,
unencrypted HTTP (normally, port
80) is blocked.

Mib name:
acSysWEBHTTPSOnly

INI Name: HTTPSONLY

Profile name: Not Profiled

WEB Basic userAccess

Mib name:
acSysWEBAccessUserCode
INI Name:
WEBACCESSUSERCODE
Profile name: Not Profiled

Determine the local Secure
HTTPS port of the device.

The default port is 443.

Range = 1-65535 (other
restrictions may apply in this
range)

Mib name: acSysWEBHTTPSPort
INI Name: HTTPSPORT

Profile name: Not Profiled
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Parameter Type
Name

Web Enum:
Authenticatio BasicMode(0),
n Mode  DigestModeWhenPossible
D),
DigestModeHTTPOnNly(2)

Web Use Enum:
Radius Login|  disable(0), enable(1)

WEB Deny Integer
Authenticatio 0-86400
n Timer

Type

Instant

Instant

Online

Provisioning Default
Value

1

Description

Selects HTTP basic (clear text) or
digest (MD5) authentication for
the web interface.

When set to 0, basic
authentication (clear text) will be
used.

When set to 1, digest
authentication (MD5) will be used.
When set to 2, digest
authentication (MD5) will be used
for HTTP, while basic
authentication will be used for
HTTPS.

Note that turning on RADIUS login
forces basic authentication.

Mib name:
acSysWEBAccessWebAuthMode
INI Name: WEBAUTHMODE
Profile name: Not Profiled

Uses the RADIUS (Remote
Authentication Dial-In User
Server/Service) for Web interface
authentication.

Make sure that ENABLERADIUS
is on.

Use of this parameter without
HTTPSONLY =1 is not
recommended.

Mib name:
acSysWEBWebUseRadiusLogin
INI Name: WEBRADIUSLOGIN
Profile name: Not Profiled

Defines the time the next
authentication attempt from the
last authentication faild IP should
be denied.

The range can be any value from
0 - 86400 in seconds

Mib name:
acSysWEBDenyAuthenticationTi
mer

INI Name:
DENYAUTHENTICATIONTIMER
Profile name: Not Profiled
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2.62.2 Tab: Access Addresses

Frame: Web Provisioning, Tab: Access Addresses

Parameter Type Provisioning Default Description
Name Type Value
Index Integer Read-Only 1 WEB ACL (Access Control List) index.
0-9 Mib name: acSysWEBACLIndex
Profile name: Not Profiled
IP Address IP Address Instant 0 Allows IP addresses to connect to the Web
interface. Set to zeroes to allow all IP
addresses.

Range: Valid IP address

Mib name: acSysWEBACLIP
INI Name: WEBACCESSLIST
Profile name: Not Profiled
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3 Performance Monitoring Parameters

Customers are often faced with a complex VolP network with little or no information on
the status and capacities of each component in it. PM helps the system architect
design a better network. PM helps operators discover malfunctioning devices before
they start causing a problem on the production network.

The system provides two types of performance measurements:

B Gauges: Gauges represent the current state of a PM parameter in the system.
Gauges, unlike counters, can decrease in value, and like counters, can increase.

B Counters: Counters always increase in value and are cumulative. Counters,
unlike gauges, never decrease in value unless the system is reset. The counters
are then zeroed.

Performance measurements are available for the EMS or for a 3rd party performance
monitoring system through an SNMP interface. These measurements can be polled at
scheduled intervals by an external poller or utility in a media server or another off-
device system.

PM measurements can be divided into two main groups:

B Real-Time PM Measurements - supply the current value of the PM entity. When
requested, the entity is sampled and the current value is received.

B History PM Measurements - supply statistical data of the PM entity during the last
interval period. These measurements include the Average, Minimum and
Maximum values of the entity during the last interval. The default interval length is
15 minutes.

Figure 1: History PM Measurements

1st Interval 2nd Interval Current Interval
| >
] | s |
11:24 11:30 11:45 12:00 12:05 NOW
System started Real-time view

History Performance is measured in a constant time interval of 15 minutes to which all
elements in the network are synchronized. Intervals commence precisely every 15
minutes, for example, 12:00:00, 12:15:00, 12:30:00, 12:45:00, etc. This allows
synchronization of several management systems to the same interval time frame.
Note that the first interval after start-up is always shorter (in the example above, the
first interval only lasts 6 minutes - so that a new interval can start exactly on the 15
minute interval, in this case 11:30:00). During the initial start-up interval i.e. 6 minutes
in the example above, polling is not performed.
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3.1 Frame: DS3 Monitoring (History)

3.1.1 Tab: DS3 Statistics

Frame: DS3 Monitoring (History), Tab: DS3 Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
DS3 PESs HIST Gauge | The counter associated with the number of P-bit

Errored Seconds.
Mib name: dsx3IntervalPESs

DS3 PSESs HIST Gauge | The counter associated with the number of P-bit
Severely Errored Seconds.
Mib name: dsx3IntervalPSESs

DS3 UASs HIST Gauge | The counter associated with the number of Unavailable
Seconds. This object may decrease if the occurrence of
unavailable seconds occurs across an interval
boundary.

Mib name: dsx3IntervalUASs

DS3 LCVs HIST Gauge | The counter associated with the number of Line Coding
Violations.
Mib name: dsx3IntervalLCVs

DS3 PCVs HIST Gauge | The counter associated with the number of P-bit

Coding Violations.
Mib name: dsx3IntervalPCVs

DS3 LESs HIST Gauge The number of Line Errored Seconds (BPVs or illegal
Zero sequences).
Mib name: dsx3IntervalLESs

DS3 CCVs HIST Gauge The number of C-bit Coding Violations.
Mib name: dsx3IntervalCCVs
DS3 CESs HIST Gauge The number of C-bit Errored Seconds.
Mib name: dsx3IntervalCESs
DS3 CSESs HIST Gauge The number of C-bit Severely Errored Seconds.

Mib name: dsx3Interval CSESs
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3.2 Frame: DS3 Monitoring (Real-Time)

3.21 Tab: DS3 Statistics

Frame: DS3 Monitoring (Real-Time), Tab: DS3 Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
DS3 PESs RT Gauge | The counter associated with the number of P-bit

Errored Seconds.
Mib name: dsx3CurrentPESs

DS3 PSESs RT Gauge | The counter associated with the number of P-bit
Severely Errored Seconds.
Mib name: dsx3CurrentPSESs

DS3 UASs RT Gauge | The counter associated with the number of Unavailable
Seconds.
Mib name: dsx3CurrentUASs

DS3 LCVs RT Gauge The counter associated with the number of Line Coding
Violations.
Mib name: dsx3CurrentLCVs

DS3 PCVs RT Gauge | The counter associated with the number of P-bit
Coding Violations.
Mib name: dsx3CurrentPCVs

DS3 LESs RT Gauge The number of Line Errored Seconds.
Mib name: dsx3CurrentLESs
DS3 CCVs RT Gauge The number of C-bit Coding Violations.
Mib name: dsx3CurrentCCVs
DS3 CESs RT Gauge | The number of C-bit Errored Seconds.
Mib name: dsx3CurrentCESs
DS3 CSESs RT Gauge The number of C-bit Severely Errored Seconds.

Mib name: dsx3CurrentCSESs
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3.3 Frame: Fiber Group Monitoring (Real-Time)

3.3.1 Tab: Fiber Group Statistics

Frame: Fiber Group Monitoring (Real-Time), Tab: Fiber Group Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Section ESs RT Gauge | The counter associated with the number of Errored

Seconds encountered by a SONET/SDH Section in the
current 15 minute interval.
Mib name: sonetSectionCurrentESs

Section SESs RT Gauge | The counter associated with the number of Severely
Errored Seconds encountered by a SONET/SDH
Section in the current 15 minute interval.
Mib name: sonetSectionCurrentSESs

Section CVs RT Gauge The counter associated with the number of Coding
Violations encountered by a SONET/SDH Section in
the current 15 minute interval.

Mib name: sonetSectionCurrentCVs

Line ESs RT Gauge | The counter associated with the number of Errored
Seconds encountered by a SONET/SDH Line in the
current 15 minute interval.

Mib name: sonetLineCurrentESs

Line SESs RT Gauge | The counter associated with the number of Severely
Errored Seconds encountered by a SONET/SDH Line
in the current 15 minute interval.

Mib name: sonetLineCurrentSESs

Line CVs RT Gauge | The counter associated with the number of Coding
Violations encountered by a SONET/SDH Line in the
current 15 minute interval.

Mib name: sonetLineCurrentCVs

Line UASs RT Gauge | The counter associated with the number of Unavailable
Seconds encountered by a SONET/SDH Line in the
current 15 minute interval.

Mib name: sonetLineCurrentUASs

Path ESs RT Gauge | The counter associated with the number of Errored
Seconds encountered by a SONET/SDH Path in the
current 15 minute interval.

Mib name: sonetPathCurrenteESs

Path SESs RT Gauge | The counter associated with the number of Severely
Errored Seconds encountered by a SONET/SDH Path
in the current 15 minute interval.

Mib name: sonetPathCurrentSESs

Path CVs RT Gauge | The counter associated with the number of Coding
Violations encountered by a SONET/SDH Path in the
current 15 minute interval.

Mib name: sonetPathCurrentCVs
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Path UASs RT Gauge | The counter associated with the number of Unavailable

Seconds encountered by a Path in the current 15
minute interval.
Mib name: sonetPathCurrentUASs

3.4  Frame: Gateway System Monitoring (Configuration)

341 Tab: System IP

Frame: Gateway System Monitoring (Configuration), Tab: System IP

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Number of Outgoing HIST | Counter Counts the total number of outgoing Kbytes (1000
KBytes bytes) from the interface during the last interval.
Mib name: acPMNetUtiIKBytesVolumeTx

Number of Incoming HIST | Counter Counts the total number of Kbytes (1000 bytes)
KBytes received on the interface, including those received in
error, during the last interval.
Mib name: acPMNetUtiIKBytesVolumeRx

Number of Outgoing Pkts HIST | Counter Counts the total number of outgoing Packets from the
interface during the last interval.
Mib name: acPMNetUtilPacketsVolumeTx

Number of Incoming Pkts. HIST | Counter | Counts the total number of Packets received on the
interface, including those received in error, during the
last interval.

Mib name: acPMNetUtilPacketsVolumeRx

Number of Incoming HIST | Counter Counts the total number of malformed IP Packets

Discarded Pkts received on the interface during the last interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.
Mib name: acPMNetUtilDiscardedPacketsVal
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34.2

Tab: VoP Call Statistics

Frame: Gateway System Monitoring (Configuration), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge/
Counter

Num of Active Contexts
Avg

Num of Active Contexts
Min

Num of Active Contexts
Max

G711 Active Calls Avg

G723 Active Calls Avg

G728 Active Calls Avg

G729a Active Calls Avg

G729e Active Calls Avg

AMR Active Calls Avg

EVRC Active Calls Avg

Rx RTP Packet Loss

Max

Tx RTP Packet Loss
Max

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountAverage

Indicates the minimum number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountMin

Indicates the maximum number of voice calls
connected on the gateway since the last clear.
Mib name: acPMActiveContextCountMax

Indicates the average number of G.711 calls present on
the TPM.
Mib name: acPMChannelsPerCoderAverageG711

Indicates the average number of G.723 calls present on
the TPM. This attribute is only displayed if the G.723
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG723

Indicates the average number of G.728 calls present on
the TPM. This attribute is only displayed if the G.728
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG728

Indicates the average number of G.729a calls present
on the TPM. This attribute is only displayed if the
G.729a Codec is provisioned on the DSP.

Mib name: acPMChannelsPerCoderAverageG729a

Indicates the average number of G.729e calls present
on the TPM. This attribute is only displayed if the
G.729e Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG729e

Indicates the average number of AMR calls present on
the TPM. This attribute is only displayed if the AMR
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageAMR

Indicates the average number of EVRC calls present
on the TPM. This attribute is only displayed if the EVRC
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageEVRC

Indicates the Max Rx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossRxMax

Indicates the Max Tx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the

collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossTxMax
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EMS Parameter Name RT /Hist Gauge/
Counter

RTP delay Average

RTP delay Max

RTP delay Min

RTP jitter Average

RTP jitter Min

RTP jitter Max

Rx RTP Bytes Max

Tx RTP Bytes Max

Rx RTP Packets Max

Tx RTP Packets Max

RTCP XR Average
Conversational R Factor

RTCP XR Maximum
Conversational R Factor

RTCP XR Minimum
Conversational R Factor

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayAverage

Indicates the maximum RTP packets delay per TPM,
up to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMax

Indicates the minimum RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMin

Indicates the average RTP packets jitter per TPM, up to
this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterAverage

Indicates the minimum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMin

Indicates the maximum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMax

Indicates the Max Tx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesRxMax

Indicates the Max Rx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesTxMax

Indicates the Max Rx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsRxMax

Indicates the Max Tx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsTxMax

Average conversational R factor.
Mib name: rtcpXrHistoryAvgRCQ

Maximum conversational R factor.
Mib name: rtcpXrHistoryMaxRCQ

Minimum conversational R factor.
Mib name: rtcpXrHistoryMinRCQ
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343 Tab: Common Control

Frame: Gateway System Monitoring (Configuration), Tab: Common Control

EMS Parameter Name RT /Hist Gauge/

Lifetime in seconds Avg

Lifetime in seconds Min

Lifetime in seconds Max

MGC response counters

MGC command counters

MGC Rx retransmissions

MGC Tx retransmissions

Call Attempts Per Sec
Average

Call Attempts Per Sec
Max

Call Attempts Per Sec
Min

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeAverage

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMin

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMax

Indicates the MGC response counters.
Mib name: acPMCPCommandCounterValRx

Indicates the MGC command counters.
Mib name: acPMCPCommandCounterValTx

Counts the number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountValRx

Counts the number of transactions retransmissions
sent from the board.
Mib name: acPMCPRetransmissionCountValTx

Average of call attempts (successful and unsuccessful)
per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecAverage

Maximum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMax

Minimum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMin
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344 Tab: MEGACO Control

Frame: Gateway System Monitoring (Configuration), Tab: MEGACO Control

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

[H.248] Num of Active HIST Gauge | Indicates the Average number of H.248 active contexts
Contexts Avg incorporating at least 1 Termination, per TPM, during
the last interval.
Mib name: acPMActiveContextCountAverageMegaco

[H.248] Num of Active HIST Gauge | Indicates the Minimum number of H.248 active contexts
Contexts Min incorporating at least 1 Termination, per TPM, during
the last interval.
Mib name: acPMActiveContextCountMinMegaco

[H.248] Num of Active HIST Gauge | Indicates the Maximum number of H.248 active
Contexts Max contexts incorporating at least 1 Termination, per TPM,
during the last interval.
Mib name: acPMActiveContextCountMaxMegaco

[H.248] Service Change  HIST  Counter Counts the Disconnected service change commands

Command - sent (excluding retransmission) to the current MGC,
Disconnected during last interval.
Mib name:

acPMMegacoServiceChangeCountValdisconnected

[H.248] Service Change | HIST | Counter Counts the Restart service change commands
Command - Restart (excluding retransmission) sent to the current MGC,
during the last interval.
Mib name:
acPMMegacoServiceChangeCountValrestart

[H.248] Service Change  HIST | Counter Counts the Forced service change commands sent
Command - Forced (excluding retransmission) to the current MGC, during
the last interval.
Mib name:
acPMMegacoServiceChangeCountValforced

[H.248] Service Change ' HIST | Counter Counts the Graceful service change commands sent
Command - Graceful (excluding retransmission) to the current MGC, during
the last interval.
Mib name:
acPMMegacoServiceChangeCountValgraceful

[H.248] Service Change ' HIST | Counter Counts the number of times the TPM performed
Command - FailOver failover procedures and attempted contact with another
controller, during the last interval.
Mib name:
acPMMegacoServiceChangeCountValfailOver

[H.248] Service Change | HIST | Counter Counts the number of times the TPM performed
Command - Handoff Handoff procedures and attempted contact with
another controller during the last interval.
Mib name:
acPMMegacoServiceChangeCountValhandoff

Success [H.248] Add HIST | Counter Counts the number of successful Add commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValAdd
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EMS Parameter Name RT /Hist Gauge/

Success [H.248] Move

Success [H.248] Modify

Success [H.248]
Subtract

Success [H.248] Service
Change

Success [H.248] Audit-
Value

Success [H.248] Audit-
Capabilities

Success [H.248] Notify

Failed [H.248] Add

Failed [H.248] Move

Failed [H.248] Modify

Failed [H.248] Subtract

Failed [H.248] Service
Change

Failed [H.248] Audit-
Value

Failed [H.248] Audit-
Capabilities

Failed [H.248] Notify

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the number of successful Move commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValMove

Counts the number of successful Modify commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValModify

Counts the number of successful Subtract commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValSubtract

Counts the number of successful Service Change
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountValSc

Counts the number of successful Audit Value
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountValAuditValue

Counts the number of successful Audit Capabilities
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountValAuditCap

Counts the number of successful Notify commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValNotify

Counts the number of Add commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValAdd

Counts the number of Move commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValMove

Counts the number of Modify commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValModify

Counts the number of Subtract commands failure,
during the last interval.
Mib name: acPMCPCmdFailureCountValSubtract

Counts the number of Service Change commands
failure, during the last interval.
Mib name: acPMCPCmdFailureCountValSc

Counts the number of Audit Value commands failure,
during the last interval.
Mib name: acPMCPCmdFailureCountValAuditValue

Counts the number of Audit Capabilities commands
failure, during the last interval.
Mib name: acPMCPCmdFailureCountValAuditCap

Counts the number of Notify commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValNotify
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3.4.5

Tab: MGCP Control

Frame: Gateway System Monitoring (Configuration), Tab: MGCP Control

EMS Parameter Name RT /Hist Gauge/
Counter

[MGCP] Num of Active
Contexts Avg

[MGCP] Num of Active
Contexts Min

[MGCP] Num of Active
Contexts Max

[MGCP] RSIP Command
- Disconnected

[MGCP] RSIP Command
- Restart

[MGCP] RSIP Command
- Forced

[MGCP] RSIP Command
- Graceful

Success [MGCP]
Endpoint Configuration
Command

Success [MGCP] Create
Connection Command

Success [MGCP] Modify
Connection Command

Success [MGCP] Delete
Connection Command

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Average number of MGCP active contexts
incorporating at least 1 Termination, per TPM, during
the last interval.

Mib name: acPMActiveContextCountAverageMgcp

Indicates the Minimum number of MGCP active
contexts incorporating at least 1 Termination, per TPM,
during the last interval.

Mib name: acPMActiveContextCountMinMgcp

Indicates the Maximum number of MGCP active
contexts incorporating at least 1 Termination, per TPM,
during the last interval.

Mib name: acPMActiveContextCountMaxMgcp

Counts the Disconnected service change commands
sent (excluding retransmission) to the current MGC,
during the last interval.

Mib name:
acPMMGCPRsipReasonCountValDisconnected

Counts the Restart service change commands
(excluding retransmission) sent to the current MGC,
during the last interval.

Mib name: acPMMGCPRsipReasonCountValRestart

Counts the Forced service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name: acPMMGCPRsipReasonCountValForced

Counts the Graceful service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name: acPMMGCPRsipReasonCountValGraceful

Counts the number of successful Endpoint Conf
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValAdd

Counts the number of successful Create Connection
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValMove

Counts the number of successful Modify commands,
during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValModify

Counts the number of successful Delete Connection
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValSubtract
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EMS Parameter Name RT /Hist Gauge/

Success [MGCP]
Notification Request
Command

Success [MGCP] Notify
Command

Success [MGCP] Audit-
Endpoint Command

Success [MGCP] Audit
Connection Command

Failed [MGCP] Endpoint
Configuration Command

Failed [MGCP] Create
Connection Command

Failed [MGCP] Modify
Connection Command

Failed [MGCP] Delete
Connection Command

Failed [MGCP]
Notification Request
Command

Failed [MGCP] Notify
Command

Failed [MGCP] Audit-
Endpoint Command

Failed [MGCP] Audit-
Connection Command

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the number of successful Notification Request
commands, during the last interval.
Mib name: acPMMGCPCommandSuccessCountValSc

Counts the number of successful Notify commands,
during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValAuditValue

Counts the number of successful Audit Endpoint
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValAuditCap

Counts the number of successful Audit Connection
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValNotify

Counts the number of Endpoint Conf commands
failure, during the last interval.
Mib name: acPMMGCPCommandFailureCountValAdd

Counts the number of Create Connection commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValMove

Counts the number of Modify commands failure, during
the last interval.

Mib name:
acPMMGCPCommandFailureCountValModify

Counts the number of Delete Connection commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValSubtract

Counts the number of Notification Request commands
failure, during the last interval.
Mib name: acPMMGCPCommandFailureCountValSc

Counts the number of Notify commands failure, during
the last interval.

Mib name:
acPMMGCPCommandFailureCountValAuditValue

Counts the number of Audit Endpoint commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValAuditCap

Counts the number of Audit Connection commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValNotify
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34.6

Tab: SIP IP to Tel

Frame: Gateway System Monitoring (Configuration), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge/

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel

Version 6.6

321 December 2012



?E AudioCodes

Mediant 3000 with TP-8410

3.4.7

Tab: SIP Tel to IP

Frame: Gateway System Monitoring (Configuration), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge/

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.4.8 Tab: Trunk Statistics

Frame: Gateway System Monitoring (Configuration), Tab: Trunk Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Trunk utilization Avg HIST Gauge | Indicates the Average of simultaneously busy DSO

channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationAverage

Trunk utilization Min HIST Gauge | Indicates the Minimum of simultaneously busy DS0
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMin

Trunk utilization Max HIST Gauge | Indicates the Maximum of simultaneously busy DSO
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMax

Trunk Errored Seconds = HIST Gauge | Indicates the number of Errored Seconds.
Mib name: dsxlintervalESs

Trunk Controlled Slip HIST Gauge | Indicates the number of Controlled Slip Seconds.

Seconds Mib name: dsx1IntervalCSSs
Trunk Path Coding HIST Gauge | Indicates the number of Path Coding Violations.
Violations Mib name: dsx1IntervalPCVs

Trunk Bursty Errored HIST Gauge | Indicates the number of Bursty Errored Seconds.
Seconds Mib name: dsxlintervalBESs
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349

Tab: SS7 Linkset

Frame: Gateway System Monitoring (Configuration), Tab: SS7 Linkset

EMS Parameter Name RT / Hist Gauge/

SS7 LinkSet SNO Out of
Service %

SS7 LinkSet SN1 Out of
Service %

HIST

HIST

3.4.10 Tab: SS7 Link

Counter

Counter

Counter

Parameter Description

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'Out
Of Service'.

Mib name:
acPMSS7SNOLSOutOfServiceTimeAboveHighThreshold

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'Out
Of Service'.

Mib name:
acPMSS7SN1LSOutOfServiceTimeAboveHighThreshold

Frame: Gateway System Monitoring (Configuration), Tab: SS7 Link

EMS Parameter Name RT /Hist Gauge/

SS7 Link Transmitted
LSSU's

SS7 Link Received
LSSU's

SS7 Link Transmitted
FISU's

SS7 Link Received
FISU's

SS7 Link Discarded
MSU's

SS7 Link In Service %

SS7 Link Out Of Service
%

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Value of gauge or counter.
Mib name: acPMSS7TxLSSUVal

Value of gauge or counter.
Mib name: acPMSS7RxLSSUVal

Value of gauge or counter.
Mib name: acPMSS7TxFISUVal

Value of gauge or counter.
Mib name: acPMSS7RxFISUVal

Value of gauge or counter.
Mib name: acPMSS7DiscMSUVal

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'In
Service'.

Mib name:
acPMSS7InServiceTimeAboveHighThreshold

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case -
'‘Out Of Service'.

Mib name:
acPMSS70utOfServiceTimeAboveHighThreshold
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3.4.11 Tab: SRD Statistics

Frame: Gateway System Monitoring (Configuration), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge/

SIP SRD Dialogs Val

SIP SRD Invite Dialogs
Val

SIP SRD Subscribe
Dialogs Val

SIP SRD Other Dialogs
Val

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

3.4.12 Tab: IP Group Statistics

Parameter Description

Value of gauge or counter.
Mib name: acPMSIPSRDDialogsVal

Value of gauge or counter.
Mib name: acPMSIPSRDInviteDialogsVal

Value of gauge or counter.
Mib name: acPMSIPSRDSubscribeDialogsVal

Value of gauge or counter.
Mib name: acPMSIPSRDOtherDialogsVal

Frame: Gateway System Monitoring (Configuration), Tab: IP Group Statistics

EMS Parameter Name RT /Hist Gauge/

SIP IP Group Dialogs Val

SIP IP Group Invite
Dialogs Val

SIP IP Group Subscribe
Dialogs Val

SIP IP Group Other
Dialogs Val

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Parameter Description

Value of gauge or counter.
Mib name: acPMSIPIPGroupDialogsVal

Value of gauge or counter.
Mib name: acPMSIPIPGrouplnviteDialogsVal

Value of gauge or counter.
Mib name: acPMSIPIPGroupSubscribeDialogsVal

Value of gauge or counter.
Mib name: acPMSIPIPGroupOtherDialogsVal

3.4.13 Tab: Trunk Group Statistics

Frame: Gateway System Monitoring (Configuration), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/

Parameter Description

Counter
Tel to IP Trunk Group HIST | Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal
IP to Tel Trunk Group HIST | Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPIP2TelTrunkGroupEstablishedCallsVal
Trunk Group All Trunks | HIST | Counter Value of gauge or counter.
Busy (sec) Mib name: acPMSIPTrunkGroupAllTrunksBusyVal
Trunk Group Utilization | HIST Gauge | Value of gauge or counter.
(channels) Mib name: acPMSIPTrunkGroupUtilizationVal
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3.5 Frame: Gateway System Monitoring (History)

3,51 Tab: System IP

Frame: Gateway System Monitoring (History), Tab: System IP

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Number of Outgoing HIST | Counter Counts the total number of outgoing Kbytes (1000
KBytes bytes) from the interface during the last interval.
Mib name: acPMNetUtiIKBytesVolumeTx

Number of Incoming HIST | Counter Counts the total number of Kbytes (1000 bytes)
KBytes received on the interface, including those received in
error, during the last interval.
Mib name: acPMNetUtiIKBytesVolumeRx

Number of Outgoing Pkts HIST | Counter Counts the total number of outgoing Packets from the
interface during the last interval.
Mib name: acPMNetUtilPacketsVolumeTx

Number of Incoming Pkts HIST | Counter Counts the total number of Packets received on the
interface, including those received in error, during the
last interval.

Mib name: acPMNetUtilPacketsVolumeRx

Number of Incoming HIST | Counter Counts the total number of malformed IP Packets

Discarded Pkts received on the interface during the last interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.
Mib name: acPMNetUtilDiscardedPacketsVal

3.5.2 Tab: VoP Call Statistics

Frame: Gateway System Monitoring (History), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Num of Active Contexts = HIST Gauge | Indicates the average number of voice calls connected
Avg on the gateway since the last clear.
Mib name: acPMActiveContextCountAverage

Num of Active Contexts | HIST Gauge | Indicates the minimum number of voice calls connected
Min on the gateway since the last clear.
Mib name: acPMActiveContextCountMin

Num of Active Contexts = HIST Gauge | Indicates the maximum number of voice calls
Max connected on the gateway since the last clear.
Mib name: acPMActiveContextCountMax

G711 Active Calls Avg HIST Gauge | Indicates the average number of G.711 calls present on
the TPM.
Mib name: acPMChannelsPerCoderAverageG711
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EMS Parameter Name RT /Hist Gauge/
Counter

G723 Active Calls Avg

G728 Active Calls Avg

G729a Active Calls Avg

G729e Active Calls Avg

AMR Active Calls Avg

EVRC Active Calls Avg

Rx RTP Packet Loss

Max

Tx RTP Packet Loss

Max

RTP delay Average

RTP delay Max

RTP delay Min

RTP jitter Average

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average number of G.723 calls present on
the TPM. This attribute is only displayed if the G.723
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG723

Indicates the average number of G.728 calls present on
the TPM. This attribute is only displayed if the G.728
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG728

Indicates the average number of G.729a calls present
on the TPM. This attribute is only displayed if the
G.729a Codec is provisioned on the DSP.

Mib name: acPMChannelsPerCoderAverageG729a

Indicates the average number of G.729e calls present
on the TPM. This attribute is only displayed if the
G.729e Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG729e

Indicates the average number of AMR calls present on
the TPM. This attribute is only displayed if the AMR
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageAMR

Indicates the average number of EVRC calls present
on the TPM. This attribute is only displayed if the EVRC
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageEVRC

Indicates the Max Rx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossRxMax

Indicates the Max Tx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the

collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossTxMax

Indicates the average RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayAverage

Indicates the maximum RTP packets delay per TPM,
up to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMax

Indicates the minimum RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMin

Indicates the average RTP packets jitter per TPM, up to
this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterAverage
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EMS Parameter Name RT /Hist Gauge/
Counter

RTP jitter Min

RTP jitter Max

Rx RTP Bytes Max

Tx RTP Bytes Max

Rx RTP Packets Max

Tx RTP Packets Max

RTCP XR Average
Conversational R Factor

RTCP XR Maximum
Conversational R Factor

RTCP XR Minimum
Conversational R Factor

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the minimum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMin

Indicates the maximum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMax

Indicates the Max Tx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesRxMax

Indicates the Max Rx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesTxMax

Indicates the Max Rx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsRxMax

Indicates the Max Tx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsTxMax

Average conversational R factor.
Mib name: rtcpXrHistoryAvgRCQ

Maximum conversational R factor.
Mib name: rtcpXrHistoryMaxRCQ

Minimum conversational R factor.
Mib name: rtcpXrHistoryMinRCQ
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3.5.3 Tab: Common Control

Frame: Gateway System Monitoring (History), Tab: Common Control

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Lifetime in seconds Avg | HIST @ Counter | Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeAverage

Lifetime in seconds Min = HIST | Counter | Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMin

Lifetime in seconds Max HIST | Counter  Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMax

MGC response counters| HIST | Counter ' Indicates the MGC response counters.
Mib name: acPMCPCommandCounterValRx

MGC command counters. HIST | Counter  Indicates the MGC command counters.
Mib name: acPMCPCommandCounterValTx

MGC Rx retransmissions. HIST | Counter Counts the number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountValRx

MGC Tx retransmissions, HIST @ Counter Counts the number of transactions retransmissions
sent from the board.
Mib name: acPMCPRetransmissionCountValTx

Call Attempts Per Sec HIST | Counter Average of call attempts (successful and unsuccessful)
Average per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecAverage

Call Attempts Per Sec HIST | Counter Maximum of call attempts (successful and
Max unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMax

Call Attempts Per Sec HIST | Counter Minimum of call attempts (successful and
Min unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMin

354 Tab: MEGACO Control

Frame: Gateway System Monitoring (History), Tab: MEGACO Control

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

[H.248] Num of Active HIST Gauge | Indicates the Average number of H.248 active contexts
Contexts Avg incorporating at least 1 Termination, per TPM, during
the last interval.
Mib name: acPMActiveContextCountAverageMegaco

[H.248] Num of Active HIST Gauge | Indicates the Minimum number of H.248 active contexts
Contexts Min incorporating at least 1 Termination, per TPM, during
the last interval.
Mib name: acPMActiveContextCountMinMegaco
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EMS Parameter Name RT /Hist Gauge/

[H.248] Num of Active
Contexts Max

[H.248] Service Change
Command -
Disconnected

[H.248] Service Change
Command - Restart

[H.248] Service Change
Command - Forced

[H.248] Service Change
Command - Graceful

[H.248] Service Change
Command - FailOver

[H.248] Service Change
Command - Handoff

Success [H.248] Add

Success [H.248] Move

Success [H.248] Modify

Success [H.248]

Subtract

Success [H.248] Service
Change

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Gauge

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Maximum number of H.248 active
contexts incorporating at least 1 Termination, per TPM,
during the last interval.

Mib name: acPMActiveContextCountMaxMegaco

Counts the Disconnected service change commands
sent (excluding retransmission) to the current MGC,
during last interval.

Mib name:
acPMMegacoServiceChangeCountValdisconnected

Counts the Restart service change commands
(excluding retransmission) sent to the current MGC,
during the last interval.

Mib name:
acPMMegacoServiceChangeCountValrestart

Counts the Forced service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name:
acPMMegacoServiceChangeCountValforced

Counts the Graceful service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name:
acPMMegacoServiceChangeCountValgraceful

Counts the number of times the TPM performed
failover procedures and attempted contact with another
controller, during the last interval.

Mib name:
acPMMegacoServiceChangeCountValfailOver

Counts the number of times the TPM performed
Handoff procedures and attempted contact with
another controller during the last interval.

Mib name:
acPMMegacoServiceChangeCountValhandoff

Counts the number of successful Add commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValAdd

Counts the number of successful Move commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValMove

Counts the number of successful Modify commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValModify

Counts the number of successful Subtract commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValSubtract

Counts the number of successful Service Change
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountValSc
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EMS Parameter Name RT /Hist Gauge/

Success [H.248] Audit-
Value

Success [H.248] Audit-
Capabilities

Success [H.248] Notify

Failed [H.248] Add

Failed [H.248] Move

Failed [H.248] Modify

Failed [H.248] Subtract

Failed [H.248] Service
Change

Failed [H.248] Audit-
Value

Failed [H.248] Audit-
Capabilities

Failed [H.248] Notify

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the number of successful Audit Value
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountValAuditValue

Counts the number of successful Audit Capabilities
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountValAuditCap

Counts the number of successful Notify commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountValNotify

Counts the number of Add commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValAdd

Counts the number of Move commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValMove

Counts the number of Modify commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValModify

Counts the number of Subtract commands failure,
during the last interval.
Mib name: acPMCPCmdFailureCountValSubtract

Counts the number of Service Change commands
failure, during the last interval.
Mib name: acPMCPCmdFailureCountValSc

Counts the number of Audit Value commands failure,
during the last interval.
Mib name: acPMCPCmdFailureCountValAuditValue

Counts the number of Audit Capabilities commands
failure, during the last interval.
Mib name: acPMCPCmdFailureCountValAuditCap

Counts the number of Notify commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountValNotify
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3.5.5

Tab: MGCP Control

Frame: Gateway System Monitoring (History), Tab: MGCP Control

EMS Parameter Name RT /Hist Gauge/
Counter

[MGCP] Num of Active
Contexts Avg

[MGCP] Num of Active
Contexts Min

[MGCP] Num of Active
Contexts Max

[MGCP] RSIP Command
- Disconnected

[MGCP] RSIP Command
- Restart

[MGCP] RSIP Command
- Forced

[MGCP] RSIP Command
- Graceful

Success [MGCP]
Endpoint Configuration
Command

Success [MGCP] Create
Connection Command

Success [MGCP] Modify
Connection Command

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Average number of MGCP active contexts
incorporating at least 1 Termination, per TPM, during
the last interval.

Mib name: acPMActiveContextCountAverageMgcp

Indicates the Minimum number of MGCP active
contexts incorporating at least 1 Termination, per TPM,
during the last interval.

Mib name: acPMActiveContextCountMinMgcp

Indicates the Maximum number of MGCP active
contexts incorporating at least 1 Termination, per TPM,
during the last interval.

Mib name: acPMActiveContextCountMaxMgcp

Counts the Disconnected service change commands
sent (excluding retransmission) to the current MGC,
during the last interval.

Mib name:
acPMMGCPRsipReasonCountValDisconnected

Counts the Restart service change commands
(excluding retransmission) sent to the current MGC,
during the last interval.

Mib name: acPMMGCPRsipReasonCountValRestart

Counts the Forced service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name: acPMMGCPRsipReasonCountValForced

Counts the Graceful service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name: acPMMGCPRsipReasonCountValGraceful

Counts the number of successful Endpoint Conf
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValAdd

Counts the number of successful Create Connection
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValMove

Counts the number of successful Modify commands,
during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValModify
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EMS Parameter Name RT /Hist Gauge/

Success [MGCP] Delete
Connection Command

Success [MGCP]
Notification Request
Command

Success [MGCP] Notify
Command

Success [MGCP] Audit-
Endpoint Command

Success [MGCP] Audit
Connection Command

Failed [MGCP] Endpoint
Configuration Command

Failed [MGCP] Create
Connection Command

Failed [MGCP] Modify
Connection Command

Failed [MGCP] Delete
Connection Command

Failed [MGCP]
Notification Request
Command

Failed [MGCP] Notify
Command

Failed [MGCP] Audit-
Endpoint Command

Failed [MGCP] Audit-
Connection Command

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the number of successful Delete Connection
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValSubtract

Counts the number of successful Notification Request
commands, during the last interval.
Mib name: acPMMGCPCommandSuccessCountValSc

Counts the number of successful Notify commands,
during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValAuditValue

Counts the number of successful Audit Endpoint
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValAuditCap

Counts the number of successful Audit Connection
commands, during the last interval.

Mib name:
acPMMGCPCommandSuccessCountValNotify

Counts the number of Endpoint Conf commands
failure, during the last interval.
Mib name: acPMMGCPCommandFailureCountValAdd

Counts the number of Create Connection commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValMove

Counts the number of Modify commands failure, during
the last interval.

Mib name:
acPMMGCPCommandFailureCountValModify

Counts the number of Delete Connection commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValSubtract

Counts the number of Notification Request commands
failure, during the last interval.
Mib name: acPMMGCPCommandFailureCountValSc

Counts the number of Notify commands failure, during
the last interval.

Mib name:
acPMMGCPCommandFailureCountValAuditValue

Counts the number of Audit Endpoint commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValAuditCap

Counts the number of Audit Connection commands
failure, during the last interval.

Mib name:
acPMMGCPCommandFailureCountValNotify
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35.6

Tab: SIP IP to Tel

Frame: Gateway System Monitoring (History), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge/

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel
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3.5.7

Tab: SIP Tel to IP

Frame: Gateway System Monitoring (History), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge/

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.6 Frame: Gateway System Monitoring (Real-Time)

3.6.1 Tab: System IP

Frame: Gateway System Monitoring (Real-Time), Tab: System IP

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Number of Outgoing RT Gauge | This attribute counts the Current total number of
KBytes outgoing Kbytes (1000 bytes) from the interface, so far

from the beginning of the current collection interval as
indicated by time Interval.
Mib name: acPMNetULtiIKBytesTotalTx

Number of Incoming RT Gauge | This attribute counts the total number of Kbytes (1000
KBytes bytes) received on the interface, including those
received in error, so far from the beginning of the
current collection interval as indicated by time Interval.
Mib name: acPMNetUtiIKBytesTotalRx

Number of Outgoing Pkts| RT Gauge | This attribute counts the Current total number of
outgoing Packets from the interface, so far from the
beginning of the current collection interval as indicated
by time Interval.

Mib name: acPMNetUtilPacketsTotalTx

Number of Incoming Pkts.  RT Gauge | This attribute counts the Current total number of
Packets received on the interface, including those
received in error, so far from the beginning of the
current collection interval as indicated by time Interval.
Mib name: acPMNetUtilPacketsTotalRx

Number of Incoming RT Gauge | This attribute counts the Current total number of

Discarded Pkts malformed IP Packets received on the interface from
the beginning of the current collection interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.
Mib name: acPMNetUtilDiscardedPacketsTotal
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3.6.2 Tab: VoP Call Statistics

Frame: Gateway System Monitoring (Real-Time), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Num of Active Contexts RT Gauge | Indicates the current number of voice calls connected

on the box since last clear.
Mib name: acPMActiveContextCountVal

G711 Active Calls RT Gauge | This attribute indicates the current number of G711
calls present on the TPM.
Mib name: acPMChannelsPerCodervValG711

G723 Active Calls RT Gauge | This attribute indicates the current number of G723
calls present on the TPM.This attribute is only
displayed if the G723 Codec is provisioned on the DSP
template.

Mib name: acPMChannelsPerCoderValG723

G728 Active Calls RT Gauge | This attribute indicates the current number of G728
calls present on the TPM.This attribute is only
displayed if the G728 Codec is provisioned on the DSP
template.

Mib name: acPMChannelsPerCoderValG728

G729a Active Calls RT Gauge | This attribute indicates the current number of G729a
calls present on the TPM.This attribute is only
displayed if the G729a Codec is provisioned on the
DSP.

Mib name: acPMChannelsPerCoderValG729a

G729e Active Calls RT Gauge | This attribute indicates the current number of G729¢e
calls present on the TPM.This attribute is only
displayed if the G729e Codec is provisioned on the
DSP template.

Mib name: acPMChannelsPerCoderValG729e

AMR Active Calls RT Gauge | This attribute indicates the current number of AMR calls
present on the TPM.This attribute is only displayed if
the AMR Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderValAMR

EVRC Active Calls RT Gauge | This attribute indicates the current number of EVRC
calls present on the TPM.This attribute is only
displayed if the EVRC Codec is provisioned on the
DSP template.

Mib name: acPMChannelsPerCoderValEVRC

Rx Packet Loss current RT Gauge The total number of RTP packet loss reported by RTCP
since last reset.
Mib name: acPMModuleRTPPacketLossRxTotal

Tx Packets Loss current RT Gauge | The total number of RTP packet loss reported by RTCP
since last reset.
Mib name: acPMModuleRTPPacketLossTxTotal

Rx Packets Current RT Gauge | The total number of packets recieved since last reset.
Mib name: acPMModuleRTPPacketsRxTotal
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EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Rx Packets Current RT Gauge | The total number of RTP packets transmited since last
reset.

Mib name: acPMModuleRTPPacketsTxTotal

3.6.3 Tab: Common Control

Frame: Gateway System Monitoring (Real-Time), Tab: Common Control

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Lifetime in seconds RT Counter The Connection lifetime in seconds.
Mib name: acPMCPConnectionLifetimeVolume
MGC Tx command RT Gauge 'MGC command counters.
counters Mib name: acPMCPCommandCounterTotalTx
MGC Rx command RT Gauge MGC response counters.
counters Mib name: acPMCPCommandCounterTotalRx
MGC Tx retransmissions RT Gauge ' Number of transactions retransmissions sent from the
board.

Mib name: acPMCPRetransmissionCountTotalTx

MGC Rx retransmissions| RT Gauge ' Number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountTotalRx

Call Attempts Per Sec RT Gauge ' Number of Call attempts (successful and unsuccessful)
per second, during current interval.
Mib name: acPMCPCallAttemptsPerSecVal
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3.64

Tab: MEGACO Control

Frame: Gateway System Monitoring (Real-Time), Tab: MEGACO Control

EMS Parameter Name RT /Hist Gauge/
Counter

[H.248] Num of Active
Contexts

[H.248] Service Change
Command -
Disconnected

[H.248] Service Change
Command - Restart

[H.248] Service Change
Command - Forced

[H.248] Service Change
Command - Graceful

[H.248] Service Change
Command - FailOver

[H.248] Service Change
Command - Handoff

Success [H.248] Add

Success [H.248] Move

Success [H.248] Modify

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

Gauge

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

This attribute indicates the Current number of H.248
active contexts incorporating at least 1 Termination, per
TPM.

Mib name: acPMActiveContextCountValMegaco

Counts the Disconnected service change commands
sent (excluding retransmission) to the current MGC,
during last interval.

Mib name:
acPMMegacoServiceChangeCountValdisconnected

Counts the Restart service change commands
(excluding retransmission) sent to the current MGC,
during the last interval.

Mib name:
acPMMegacoServiceChangeCountValrestart

Counts the Forced service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name:
acPMMegacoServiceChangeCountValforced

Counts the Graceful service change commands sent
(excluding retransmission) to the current MGC, during
the last interval.

Mib name:
acPMMegacoServiceChangeCountValgraceful

Counts the number of times the TPM performed
failover procedures and attempted contact with another
controller, during the last interval.

Mib name:
acPMMegacoServiceChangeCountValfailOver

Counts the number of times the TPM performed
Handoff procedures and attempted contact with
another controller during the last interval.

Mib name:
acPMMegacoServiceChangeCountValhandoff

Counts the number of successful Add commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountTotalAdd

Counts the number of successful Move commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountTotalMove

Counts the number of successful Modify commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountTotalModify

Version 6.6

339 December 2012



?E AudioCodes

Mediant 3000 with TP-8410

EMS Parameter Name RT /Hist Gauge/

Success [H.248]
Subtract

Success [H.248] Service
Change

Success [H.248] Audit-
Value

Success [H.248] Audit-
Capabilities

Success [H.248] Notify

Failed [H.248] Add

Failed [H.248] Move

Failed [H.248] Modify

Failed [H.248] Subtractv

Failed [H.248] Service
Change

Failed [H.248] Audit-
Value

Failed [H.248] Audit-
Capabilities

Failed [H.248] Notify

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Counts the number of successful Subtract commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountTotalSubtract

Counts the number of successful Service Change
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountTotalSc

Counts the number of successful Audit Value
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountTotalAuditValue

Counts the number of successful Audit Capabilities
commands, during the last interval.
Mib name: acPMCPCmdSuccessCountTotalAuditCap

Counts the number of successful Notify commands,
during the last interval.
Mib name: acPMCPCmdSuccessCountTotalNotify

Counts the number of Add commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountTotalAdd

Counts the number of Move commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountTotalMove

Counts the number of successful Modify commands,
during the last interval.
Mib name: acPMCPCmdFailureCountTotalModify

Counts the number of successful Subtract commands,
during the last interval.
Mib name: acPMCPCmdFailureCountTotalSubtract

Counts the number of Service Change commands
failure, during the last interval.
Mib name: acPMCPCmdFailureCountTotalSc

Counts the number of Audit Value commands failure,
during the last interval.
Mib name: acPMCPCmdFailureCountTotalAuditValue

Counts the number of Audit Capabilities commands
failure, during the last interval.
Mib name: acPMCPCmdFailureCountTotalAuditCap

Counts the number of Notify commands failure, during
the last interval.
Mib name: acPMCPCmdFailureCountTotalNotify
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3.6.5 Tab: MGCP Control

Frame: Gateway System Monitoring (Real-Time), Tab: MGCP Control

EMS Parameter Name RT /Hist Gauge/ Parameter Description

Counter
[Mgcp] Num of Active RT Gauge | This attribute indicates the Current number of MGCP
Contexts active contexts incorporating at least 1 Termination, per
TPM.
Mib name: acPMActiveContextCountValMgcp
[MGCP] RSIP Command RT Counter Counts the Disconnected service change commands
- Disconnected sent (excluding retransmission) to the current MGC,
during the last interval.
Mib name:
acPMMGCPRsipReasonCountValDisconnected
[MGCP] RSIP Command RT Counter Counts the Restart service change commands
- Restart (excluding retransmission) sent to the current MGC,
during the last interval.
Mib name: acPMMGCPRsipReasonCountValRestart
[MGCP] RSIP Command RT Counter Counts the Forced service change commands sent
- Forced (excluding retransmission) to the current MGC, during
the last interval.
Mib name: acPMMGCPRsipReasonCountValForced
[MGCP] RSIP Command RT Counter Counts the Graceful service change commands sent
- Graceful (excluding retransmission) to the current MGC, during
the last interval.
Mib name: acPMMGCPRsipReasonCountValGraceful
[MGCP] RSIP Command RT Counter Counts the Cancel Graceful restart in progress
- Cancel Graceful commands sent (excluding retransmission) to the
current MGC during the current interval.
Mib name:
acPMMGCPRsipReasonCountValCancelGraceful
Success [MGCP] RT Counter | This attribute counts the number of successful Endpoint
Endpoint Configuration Conf commands, from the beginning of the current
Command collection interval.
Mib name:
acPMMGCPCommandSuccessCountTotalAdd
Success [MGCP] Create RT Counter | This attribute counts the number of successful Create
Connection Command Connection commands, from the beginning of the
current collection interval.
Mib name:
acPMMGCPCommandSuccessCountTotalMove
Success [MGCP] Modify RT Counter | This attribute counts the number of successful Modify

Connection Command

commands, from the beginning of the current collection
interval.

Mib name:
acPMMGCPCommandSuccessCountTotalModify
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EMS Parameter Name RT /Hist Gauge/

Success [MGCP] Delete
Connection Command

Success [MGCP]
Notification Request
Command

Success [MGCP] Notify
Command

Success [MGCP] Audit-
Endpoint Command

Success [MGCP] Audit
Connection Command

Failed [MGCP] Endpoint
Configuration Command

Failed [MGCP] Create
Connection Command

Failed [MGCP] Modify
Connection Command

Failed [MGCP] Delete
Connection Command

Failed [MGCP]
Notification Request

RT

RT

RT

RT

RT

RT

RT

RT

RT

RT

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

This attribute counts the number of successful Delete
Connection commands, from the beginning of the
current collection interval.

Mib name:
acPMMGCPCommandSuccessCountTotalSubtract

This attribute counts the number of Notification
Request successful commands, from the beginning of
the current collection interval.

Mib name:
acPMMGCPCommandSuccessCountTotalSc

This attribute counts the number of successful Notify
commands, from the beginning of the current collection
interval.

Mib name:
acPMMGCPCommandSuccessCountTotalAuditValue

This attribute counts the number of successful Audit
Endpoint commands, from the beginning of the current
collection interval.

Mib name:
acPMMGCPCommandSuccessCountTotalAuditCap

This attribute counts the number of successful Audit
Connection commands, from the beginning of the
current collection interval.

Mib name:
acPMMGCPCommandSuccessCountTotalNotify

This attribute counts the number of Endpoint Conf
commands failure, from the beginning of the current
collection interval.

Mib name:
acPMMGCPCommandFailureCountTotalAdd

This attribute counts the number of Create Connection
commands failure, from the beginning of the current
collection interval.

Mib name:
acPMMGCPCommandFailureCountTotalMove

This attribute counts the number of Modify commands
failure, from the beginning of the current collection
interval.

Mib name:
acPMMGCPCommandFailureCountTotalModify

This attribute counts the number of Delete Connection
commands failure, from the beginning of the current
collection interval.

Mib name:
acPMMGCPCommandFailureCountTotalSubtract

This attribute counts the number of Notification
Request commands failure, from the beginning of the

Command current collection interval.
Mib name: acPMMGCPCommandFailureCountTotalSc
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EMS Parameter Name RT /Hist Gauge/

Failed [MGCP] Notify
Command

Failed [MGCP] Audit-
Endpoint Command

Failed [MGCP] Audit-
Connection Command

3.6.6

RT

RT

RT

Tab: SIP IP to Tel

Counter

Counter

Counter

Counter

Parameter Description

This attribute counts the number of Notify commands
failure, from the beginning of the current collection
interval.

Mib name:
acPMMGCPCommandFailureCountTotalAuditValue

This attribute counts the number of Audit Endpoint
commands failure, from the beginning of the current
collection interval.

Mib name:
acPMMGCPCommandFailureCountTotalAuditCap

This attribute counts the number of Audit Connection
commands failure, from the beginning of the current
collection interval.

Mib name:
acPMMGCPCommandFailureCountTotalNotify

Frame: Gateway System Monitoring (Real-Time), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge/

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

RT

RT

RT

RT

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel
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EMS Parameter Name RT /Hist Gauge/

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

3.6.7

RT

RT

RT

Tab: SIP Tel to IP

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel

Frame: Gateway System Monitoring (Real-Time), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge/

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

RT

RT

RT

RT

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP
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EMS Parameter Name RT /Hist Gauge/

Tel to IP Number of RT
Failed Calls due to No
Resources

Tel to IP Number of RT
Failed Calls due to Other
reasons

Tel to IP Fax Call RT
Attempts

Tel to IP Successful Fax RT
Calls

Tel to IP Average Call RT
Duration [sec]

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP

3.7  Frame: IP Group Monitoring (History)

3.7.1 Tab: IP Group Statistics

Frame: IP Group Monitoring (History), Tab: IP Group Statistics

EMS Parameter Name RT /Hist Gauge/

SIP IP Group Dialogs Val HIST

Counter

Counter

Parameter Description

Value of gauge or counter.
Mib name: acPMSIPIPGroupDialogsVal

SIP IP Group Invite HIST | Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPIPGrouplnviteDialogsVal
SIP IP Group Subscribe | HIST | Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPIPGroupSubscribeDialogsVal
SIP IP Group Other HIST | Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPIPGroupOtherDialogsVal
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3.8 Frame: IP Group Monitoring (Real-Time)

3.8.1 Tab: IP Group Statistics

Frame: IP Group Monitoring (Real-Time), Tab: IP Group Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

SIP IP Group Dialogs Val RT Counter Value of gauge or counter.
Mib name: acPMSIPIPGroupDialogsVal

SIP IP Group Invite RT Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPIPGrouplnviteDialogsVal
SIP IP Group Subscribe RT Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPIPGroupSubscribeDialogsVal
SIP IP Group Other RT Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPIPGroupOtherDialogsVal

3.9 Frame: SRD Monitoring (History)

3.9.1 Tab: SRD Statistics

Frame: SRD Monitoring (History), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

SIP SRD Dialogs Val HIST | Counter Value of gauge or counter.
Mib name: acPMSIPSRDDialogsVal

SIP SRD Invite Dialogs | HIST @ Counter Value of gauge or counter.

Val Mib name: acPMSIPSRDInviteDialogsVal
SIP SRD Subscribe HIST | Counter Value of gauge or counter.
Dialogs Val Mib name: acPMSIPSRDSubscribeDialogsVal
SIP SRD Other Dialogs | HIST @ Counter Value of gauge or counter.
Val Mib name: acPMSIPSRDOtherDialogsVal
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3.10 Frame: SRD Monitoring (Real-Time)

3.10.1 Tab: SRD Statistics

Frame: SRD Monitoring (Real-Time), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
SIP SRD Dialogs Val RT Counter Value of gauge or counter.

Mib name: acPMSIPSRDDialogsVal

SIP SRD Invite Dialogs RT Counter  Value of gauge or counter.

Val Mib name: acPMSIPSRDInviteDialogsVal
SIP SRD Subscribe RT Counter  Value of gauge or counter.
Dialogs Val Mib name: acPMSIPSRDSubscribeDialogsVal

SIP SRD Other Dialogs RT Counter Value of gauge or counter.
Val Mib name: acPMSIPSRDOtherDialogsVal

3.11 Frame: SS7 Link Monitoring (History)

3.11.1 Tab: SS7 Link Statistics

Frame: SS7 Link Monitoring (History), Tab: SS7 Link Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

SS7 Link Transmitted HIST | Counter Value of gauge or counter.

LSSU's Mib name: acPMSS7TxLSSUVal
SS7 Link Received HIST | Counter Value of gauge or counter.
LSSU's Mib name: acPMSS7RxLSSUVal
SS7 Link Transmitted HIST | Counter Value of gauge or counter.
FISU's Mib name: acPMSS7TxFISUVal
SS7 Link Received HIST | Counter Value of gauge or counter.
FISU's Mib name: acPMSS7RxFISUVal

SS7 Link Discarded HIST | Counter Value of gauge or counter.
MSU's Mib name: acPMSS7DiscMSUVal

SS7 Link In Service % HIST | Counter Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'In
Service'.
Mib name:
acPMSS7InServiceTimeAboveHighThreshold

SS7 Link Out Of Service| HIST | Counter | Percent of interval time for which gauge is above what
% was determined as the high threshold. In this case -
'‘Out Of Service'.
Mib name:
acPMSS70utOfServiceTimeAboveHighThreshold
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3.12 Frame: SS7 Link Monitoring (Real-Time)

3.12.1 Tab: SS7 Link Statistics

Frame: SS7 Link Monitoring (Real-Time), Tab: SS7 Link Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
SS7 Link Transmitted RT Counter | Total since last reset.
LSSU's Mib name: acPMSS7TxLSSUTotal
SS7 Link Received RT Counter | Total since last reset.
LSSU's Mib name: acPMSS7RxLSSUTotal
SS7 Link Transmitted RT Counter | Total since last reset.
FISU's Mib name: acPMSS7TxFISUTotal
SS7 Link Received RT Counter Total since last reset.
FISU's Mib name: acPMSS7RxFISUTotal
SS7 Link Transmitted RT Counter Total since last reset.
Octets Mib name: acPMSS7TxOctetsTotal
SS7 Link Received RT Counter Total since last reset.
Octets Mib name: acPMSS7RxOctetsTotal
SS7 Link MTP2 No Ack RT Counter Total since last reset.
Received Mib name: acPMSS7MTP2NoAckRxTotal
SS7 Link Discarded RT Counter Total since last reset.
MSU's Mib name: acPMSS7DiscMSUTotal

3.13 Frame: SS7 Linkset Monitoring (History)

3.13.1 Tab: SS7 Linkset Statistics

Frame: SS7 Linkset Monitoring (History), Tab: SS7 Linkset Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

SS7 LinkSet SNO Out of| HIST | Counter | Percent of interval time for which gauge is above what
Service % was determined as the high threshold. In this case - 'Out
Of Service'.
Mib name:
acPMSS7SNOLSOutOfServiceTimeAboveHighThreshold

SS7 LinkSet SN1 Out of HIST | Counter Percent of interval time for which gauge is above what
Service % was determined as the high threshold. In this case - 'Out
Of Service'.
Mib name:
acPMSS7SN1LSOutOfServiceTimeAboveHighThreshold
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3.14 Frame: SS7 Node Monitoring (Real-Time)

3.14.1 Tab: SS7 Node Statistics

Frame: SS7 Node Monitoring (Real-Time), Tab: SS7 Node Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
SS7 Node Transmitted RT Counter | Total since last reset.
MTP3 MSU's Mib name:; acPMSS7TxMTP3MSUTotal
SS7 Node Received RT Counter | Total since last reset.
MTP3 MSU's Mib name:; acPMSS7RxMTP3MSUTotal
SS7 Node Discarded RT Counter | Total since last reset.
MTP3 MSU's Mib name: acPMSS7MTP3MSUDiscardedTotal

3.15 Frame: System Monitoring SIP (Configuration)

3.15.1 Tab: System IP

Frame: System Monitoring SIP (Configuration), Tab: System IP

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Number of Outgoing HIST | Counter Counts the total number of outgoing Kbytes (1000
KBytes bytes) from the interface during the last interval.
Mib name: acPMNetUtiIKBytesVolumeTx

Number of Incoming HIST | Counter Counts the total number of Kbytes (1000 bytes)
KBytes received on the interface, including those received in
error, during the last interval.
Mib name: acPMNetUtiIKBytesVolumeRx

Number of Outgoing Pkts. HIST = Counter | Counts the total number of outgoing Packets from the
interface during the last interval.
Mib name: acPMNetUtilPacketsVolumeTx

Number of Incoming Pkts HIST | Counter Counts the total number of Packets received on the
interface, including those received in error, during the
last interval.

Mib name: acPMNetUtilPacketsVolumeRx

Number of Incoming HIST | Counter Counts the total number of malformed IP Packets

Discarded Pkts received on the interface during the last interval. These
are packets which are corrupted or discarded due to
errors in their IP headers, including bad checksums,
version number mismatch, other format errors, time-to-
live exceeded, errors discovered in processing their IP
options, etc.
Mib name: acPMNetUtilDiscardedPacketsVal
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3.15.2 Tab: VoP Call Statistics

Frame: System Monitoring SIP (Configuration), Tab: VoP Call Statistics

EMS Parameter Name RT /Hist Gauge/

Num of Active Contexts
Avg

Num of Active Contexts
Min

Num of Active Contexts
Max

G711 Active Calls Avg

G723 Active Calls Avg

G728 Active Calls Avg

G729a Active Calls Avg

G729e Active Calls Avg

AMR Active Calls Avg

EVRC Active Calls Avg

Rx RTP Packet Loss

Max

Tx RTP Packet Loss
Max

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountAverage

Indicates the minimum number of voice calls connected
on the gateway since the last clear.
Mib name: acPMActiveContextCountMin

Indicates the maximum number of voice calls
connected on the gateway since the last clear.
Mib name: acPMActiveContextCountMax

Indicates the average number of G.711 calls present on
the TPM.
Mib name: acPMChannelsPerCoderAverageG711

Indicates the average number of G.723 calls present on
the TPM. This attribute is only displayed if the G.723
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG723

Indicates the average number of G.728 calls present on
the TPM. This attribute is only displayed if the G.728
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageG728

Indicates the average number of G.729a calls present
on the TPM. This attribute is only displayed if the
G.729a Codec is provisioned on the DSP.

Mib name: acPMChannelsPerCoderAverageG729a

Indicates the average number of G.729e calls present
on the TPM. This attribute is only displayed if the
G.729e Codec is provisioned on the DSP template.
Mib name: acPMChannelsPerCoderAverageG729e

Indicates the average number of AMR calls present on
the TPM. This attribute is only displayed if the AMR
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageAMR

Indicates the average number of EVRC calls present
on the TPM. This attribute is only displayed if the EVRC
Codec is provisioned on the DSP template.

Mib name: acPMChannelsPerCoderAverageEVRC

Indicates the Max Rx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the
collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossRxMax

Indicates the Max Tx RTP Packet loss (reported by
RTCP) per TPM, up to this point in time during the

collection interval, as indicated by the time Interval.
Mib name: acPMModuleRTPPacketLossTxMax
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EMS Parameter Name RT /Hist Gauge/
Counter

RTP delay Average

RTP delay Max

RTP delay Min

RTP jitter Average

RTP jitter Min

RTP jitter Max

Rx RTP Bytes Max

Tx RTP Bytes Max

Rx RTP Packets Max

Tx RTP Packets Max

RTCP XR Average
Conversational R Factor

RTCP XR Maximum
Conversational R Factor

RTCP XR Minimum
Conversational R Factor

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the average RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayAverage

Indicates the maximum RTP packets delay per TPM,
up to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMax

Indicates the minimum RTP packets delay per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketDelayMin

Indicates the average RTP packets jitter per TPM, up to
this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterAverage

Indicates the minimum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMin

Indicates the maximum RTP packets jitter per TPM, up
to this point in time during the collection interval, as
indicated by the time Interval.

Mib name: acPMModulePacketJitterMax

Indicates the Max Tx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesRxMax

Indicates the Max Rx RTP Bytes per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPBytesTxMax

Indicates the Max Rx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsRxMax

Indicates the Max Tx RTP Packets per TPM, up to this
point in time during the collection interval, as indicated
by the time Interval.

Mib name: acPMModuleRTPPacketsTxMax

Average conversational R factor.
Mib name: rtcpXrHistoryAvgRCQ

Maximum conversational R factor.
Mib name: rtcpXrHistoryMaxRCQ

Minimum conversational R factor.
Mib name: rtcpXrHistoryMinRCQ
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3.15.3 Tab: Common Control

Frame: System Monitoring SIP (Configuration), Tab: Common Control

EMS Parameter Name RT /Hist Gauge/

Lifetime in seconds Avg

Lifetime in seconds Min

Lifetime in seconds Max

MGC response counters

MGC command counters

MGC Rx retransmissions

MGC Tx retransmissions

Call Attempts Per Sec
Average

Call Attempts Per Sec
Max

Call Attempts Per Sec
Min

3.15.4 Tab: SIP IPto Tel

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeAverage

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMin

Indicates the Connection lifetime, in seconds.
Mib name: acPMCPConnectionLifetimeMax

Indicates the MGC response counters.
Mib name: acPMCPCommandCounterValRx

Indicates the MGC command counters.
Mib name: acPMCPCommandCounterValTx

Counts the number of incoming retransmissions.
Mib name: acPMCPRetransmissionCountValRx

Counts the number of transactions retransmissions
sent from the board.
Mib name: acPMCPRetransmissionCountValTx

Average of call attempts (successful and unsuccessful)
per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecAverage

Maximum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMax

Minimum of call attempts (successful and
unsuccessful) per second, during last interval.
Mib name: acPMCPCallAttemptsPerSecMin

Frame: System Monitoring SIP (Configuration), Tab: SIP IP to Tel

EMS Parameter Name RT /Hist Gauge/

IP to Tel Number of Call
Attempts

IP to Tel Number of
Established Calls

IP to Tel Number of Calls
Terminated due to a
Busy Line

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Parameter Description

Indicates the number of attempted calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPAttemptedCallsVallP2Tel

Indicates the number of established calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPEstablishedCallsVallP2Tel

Indicates the number of calls that failed as a result of a
busy line for IP to Tel direction, during last interval.
Mib name: acPMSIPBusyCallsVallP2Tel
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EMS Parameter Name RT /Hist Gauge/

IP to Tel Number of Calls
Terminated due to No
Answer

IP to Tel Number of Calls
Terminated due to
Forward

IP to Tel Number of
Failed Calls due to No
Route

IP to Tel Number of
Failed Calls due to No
Matched Capabilities

IP to Tel Number of
Failed Calls due to No
Resources

IP to Tel Number of
Failed Calls due to Other
reasons

IP to Tel Fax Call
Attempts

IP to Tel Successful Fax
Calls

IP to Tel Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of calls that weren't answered for
IP to Tel direction, during last interval.
Mib name: acPMSIPNoAnswerCallsVallP2Tel

Indicates the number of calls that were terminated due
to a call forward for IP to Tel direction, during last
interval.

Mib name: acPMSIPForwardedCallsVallP2Tel

Indicates the number of calls whose destinations
weren't found for IP to Tel direction, during last interval.
Mib name: acPMSIPNoRouteCallsVallP2Tel

Indicates the number of calls that failed due to
mismatched media server capabilities for IP to Tel
direction, during last interval.

Mib name: acPMSIPNoMatchCallsVallP2Tel

Indicates the number of calls that failed due to
unavailable resources or a media server lock for IP to
Tel direction, during last interval.

Mib name: acPMSIPNoResourcesCallsVallP2Tel

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for IP
to Tel direction, during last interval.

Mib name: acPMSIPFailCallsVallP2Tel

Indicates the number of attempted fax calls for IP to Tel
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsVallP2Tel

Indicates the number of successful fax calls for IP to
Tel direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsVallP2Tel

Indicates the average call duration of established calls
for IP to Tel direction, during last interval.
Mib name: acPMSIPCallDurationAveragelP2Tel
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3.15.5 Tab: SIP Telto IP

Frame: System Monitoring SIP (Configuration), Tab: SIP Tel to IP

EMS Parameter Name RT /Hist Gauge/

Tel to IP Number of Call
Attempts

Tel to IP Number of
Established Calls

Tel to IP Number of Calls
Terminated due to a
Busy Line

Tel to IP Number of Calls
Terminated due to No
Answer

Tel to IP Number of Calls
Terminated due to
Forward

Tel to IP Number of
Failed Calls due to No
Route

Tel to IP Number of
Failed Calls due to No
Matched Capabilities

Tel to IP Number of
Failed Calls due to No
Resources

Tel to IP Number of
Failed Calls due to Other
reasons

Tel to IP Fax Call
Attempts

Tel to IP Successful Fax
Calls

Tel to IP Average Call
Duration [sec]

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Gauge

Parameter Description

Indicates the number of attempted calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPAttemptedCallsValTel2IP

Indicates the number of established calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPEstablishedCallsValTel2IP

Indicates the number of calls that failed as a result of a
busy line for Tel to IP direction, during last interval.
Mib name: acPMSIPBusyCallsValTel2IP

Indicates the number of calls that weren't answered for
Tel to IP direction, during last interval.
Mib name: acPMSIPNoAnswerCallsValTel2IP

Indicates the number of calls that were terminated due
to a call forward for Tel to IP direction, during last
interval.

Mib name: acPMSIPForwardedCallsValTel2IP

Indicates the number of calls whose destinations
weren't found for Tel to IP direction, during last interval.
Mib name: acPMSIPNoRouteCallsValTel2IP

Indicates the number of calls that failed due to
mismatched media server capabilities for Tel to IP
direction, during last interval.

Mib name: acPMSIPNoMatchCallsValTel2IP

Indicates the number of calls that failed due to
unavailable resources or a media server lock for Tel to
IP direction, during last interval.

Mib name: acPMSIPNoResourcesCallsValTel2IP

This counter is incremented as a result of calls that fail
due to reasons not covered by the other counters for
Tel to IP direction, during last interval.

Mib name: acPMSIPFailCallsValTel2IP

Indicates the number of attempted fax calls for Tel to IP
direction, during last interval.
Mib name: acPMSIPFaxAttemptedCallsValTel2IP

Indicates the number of successful fax calls for Tel to
IP direction, during last interval.
Mib name: acPMSIPFaxSuccessCallsValTel2IP

Indicates the average call duration of established calls
for Tel to IP direction, during last interval.
Mib name: acPMSIPCallDurationAverageTel2IP
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3.15.6 Tab: SS7 Linkset

Frame: System Monitoring SIP (Configuration), Tab: SS7 Linkset

EMS Parameter Name RT / Hist Gauge/

SS7 LinkSet SNO Out of
Service %

SS7 LinkSet SN1 Out of
Service %

HIST

HIST

3.15.7 Tab: SS7 Link

Counter

Counter

Counter

Parameter Description

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'Out
Of Service'.

Mib name:
acPMSS7SNOLSOutOfServiceTimeAboveHighThreshold

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'Out
Of Service'.

Mib name:
acPMSS7SN1LSOutOfServiceTimeAboveHighThreshold

Frame: System Monitoring SIP (Configuration), Tab: SS7 Link

EMS Parameter Name RT /Hist Gauge/

SS7 Link Transmitted
LSSU's

SS7 Link Received
LSSU's

SS7 Link Transmitted
FISU's

SS7 Link Received
FISU's

SS7 Link Discarded
MSU's

SS7 Link In Service %

SS7 Link Out Of Service
%

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Counter

Parameter Description

Value of gauge or counter.
Mib name: acPMSS7TxLSSUVal

Value of gauge or counter.
Mib name: acPMSS7RxLSSUVal

Value of gauge or counter.
Mib name: acPMSS7TxFISUVal

Value of gauge or counter.
Mib name: acPMSS7RxFISUVal

Value of gauge or counter.
Mib name: acPMSS7DiscMSUVal

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case - 'In
Service'.

Mib name:
acPMSS7InServiceTimeAboveHighThreshold

Percent of interval time for which gauge is above what
was determined as the high threshold. In this case -
'‘Out Of Service'.

Mib name:
acPMSS70utOfServiceTimeAboveHighThreshold
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3.15.8 Tab: SRD Statistics

Frame: System Monitoring SIP (Configuration), Tab: SRD Statistics

EMS Parameter Name RT /Hist Gauge/

SIP SRD Dialogs Val

SIP SRD Invite Dialogs
Val

SIP SRD Subscribe
Dialogs Val

SIP SRD Other Dialogs
Val

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

3.15.9 Tab: IP Group Statistics

Parameter Description

Value of gauge or counter.
Mib name: acPMSIPSRDDialogsVal

Value of gauge or counter.
Mib name: acPMSIPSRDInviteDialogsVal

Value of gauge or counter.
Mib name: acPMSIPSRDSubscribeDialogsVal

Value of gauge or counter.
Mib name: acPMSIPSRDOtherDialogsVal

Frame: System Monitoring SIP (Configuration), Tab: IP Group Statistics

EMS Parameter Name RT /Hist Gauge/

SIP IP Group Dialogs Val

SIP IP Group Invite
Dialogs Val

SIP IP Group Subscribe
Dialogs Val

SIP IP Group Other
Dialogs Val

HIST

HIST

HIST

HIST

Counter

Counter

Counter

Counter

Counter

Parameter Description

Value of gauge or counter.
Mib name: acPMSIPIPGroupDialogsVal

Value of gauge or counter.
Mib name: acPMSIPIPGrouplnviteDialogsVal

Value of gauge or counter.
Mib name: acPMSIPIPGroupSubscribeDialogsVal

Value of gauge or counter.
Mib name: acPMSIPIPGroupOtherDialogsVal

3.15.10 Tab: Trunk Group Statistics

Frame: System Monitoring SIP (Configuration), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/

Parameter Description

Counter
Tel to IP Trunk Group HIST | Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal
IP to Tel Trunk Group HIST | Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPIP2TelTrunkGroupEstablishedCallsVal
Trunk Group All Trunks | HIST | Counter Value of gauge or counter.
Busy (sec) Mib name: acPMSIPTrunkGroupAllTrunksBusyVal
Trunk Group Utilization | HIST Gauge | Value of gauge or counter.
(channels) Mib name: acPMSIPTrunkGroupUtilizationVal
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3.16 Frame: Trunk Group Monitoring (History)

3.16.1 Tab: Trunk Group Statistics

Frame: Trunk Group Monitoring (History), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter

Tel to IP Trunk Group HIST | Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal

IP to Tel Trunk Group HIST | Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPIP2TelTrunkGroupEstablishedCallsVal

Trunk Group All Trunks | HIST | Counter Value of gauge or counter.
Busy (sec) Mib name: acPMSIPTrunkGroupAllTrunksBusyVal

Trunk Group Utilization | HIST Gauge | Value of gauge or counter.
(channels) Mib name: acPMSIPTrunkGroupUtilizationVal

3.17 Frame: Trunk Group Monitoring (Real-Time)

3.17.1 Tab: Trunk Group Statistics

Frame: Trunk Group Monitoring (Real-Time), Tab: Trunk Group Statistics

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Tel to IP Trunk Group RT Counter Value of gauge or counter.
Established Calls Val Mib name:
acPMSIPTel2IPTrunkGroupEstablishedCallsVal
IP to Tel Trunk Group RT Counter | Value of gauge or counter.
Established Calls Val Mib name:

acPMSIPIP2TelTrunkGroupEstablishedCallsVal

Trunk Group All Trunks RT Counter | Value of gauge or counter.

Busy (sec) Mib name: acPMSIPTrunkGroupAllTrunksBusyVal
Trunk Group Utilization RT Gauge | Value of gauge or counter.
(channels) Mib name: acPMSIPTrunkGroupUtilizationVal
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3.18 Frame: Trunk Monitoring (History)

3.18.1 Tab: Trunk Performance

Frame: Trunk Monitoring (History), Tab: Trunk Performance

EMS Parameter Name RT /Hist Gauge/
Counter

Trunk utilization Avg

Trunk utilization Min

Trunk utilization Max

Trunk Errored Seconds

Trunk Controlled Slip
Seconds

Trunk Path Coding
Violations

Trunk Bursty Errored
Seconds

HIST

HIST

HIST

HIST

HIST

HIST

HIST

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Gauge

Parameter Description

Indicates the Average of simultaneously busy DS0
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationAverage

Indicates the Minimum of simultaneously busy DS0
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMin

Indicates the Maximum of simultaneously busy DSO
channels on this Trunk up to this point in time during
the collection interval, as indicated by the Time Interval.
A busy channel is when the Physical DSO Termination
isn't in Null context or OOS. A Trunk is either E1 or T1.
Mib name: acPMTrunkUtilizationMax

Indicates the number of Errored Seconds.
Mib name: dsx1IntervalESs

Indicates the number of Controlled Slip Seconds.
Mib name: dsxlintervalCSSs

Indicates the number of Path Coding Violations.
Mib name: dsxlintervalPCVs

Indicates the number of Bursty Errored Seconds.
Mib name: dsxlintervalBESs
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3.19 Frame: Trunk Monitoring (Real-Time)

3.19.1 Tab: Trunk Performance

Frame: Trunk Monitoring (Real-Time), Tab: Trunk Performance

EMS Parameter Name RT /Hist Gauge/ Parameter Description
Counter
Trunk utilization RT Gauge | This attribute indicates the Current simultaneous busy

DSO0 channels on this Trunk. A busy channel is when
the Physical DSO Termination isn't in Null context or
OOS. A Trunk is either E1 or T1.

Mib name: acPMTrunkUtilizationVal

Trunk Calls Duration RT Gauge | Value of gauge or counter.
Mib name: acPMPSTNTrunkActivitySecondsVal

Trunk Errored Seconds RT Gauge | This attribute indicates amount of Errored Seconds
encountered by a DS1 interface in the previous 24 hour
interval. Invalid 15 minute intervals count as 0.
Mib name: dsx1TotalESs

Trunk Controlled Slip RT Gauge | This attribute indicates amount of Controlled Slip
Seconds Seconds encountered by a DS1 interface in the
previous 24 hour interval. Invalid 15 minute intervals
count as 0.
Mib name: dsx1TotalCSSs

Trunk Path Coding RT Gauge | This attribute indicates amount of Path Coding
Violations Violations encountered by a DS1 interface in the
previous 24 hour interval. Invalid 15 minute intervals
count as 0.
Mib name: dsx1TotalPCVs

Trunk Bursty Errored RT Gauge | This attribute indicates amount of Bursty Errored
Seconds Seconds encountered by a DS1 interface in the
previous 24 hour interval. Invalid 15 minute intervals
count as 0.
Mib name: dsx1TotalBESs
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4 Alarms

Supported alarms / events can fall into one of the following categories:

B Standard traps: traps originated by the media gateway / server - all the standard
traps are treated are events.

B Proprietary alarms / events: traps originated by the media gateway / server and
defined in the gateway proprietary MIB.

B EMS alarms / events: traps originated by the EMS application and defined in the
EMS proprietary MIB.

To find out which traps are defined as Events, refer to 'Alarm Name' or 'Alarm Title'
fields in the table. All the events are marked with [Event] prefix. This is how events are
marked in the EMS Alarms Browser and Alarms History windows.

Each alarm / event described in this section includes the following information:

Alarm Name

Alarm Source

Severity

Alarm Type

Alarm Probable Cause

Description

Additional Info

SNMP Trap Name

SNMP Trap OID

Corrective Action

Information Included in Each Alarm

The alarm name, as it appears in the EMS Alarm Browser.

Possible values of sources if applicable to a specific alarm. This value is
displayed from the variable-binding tgTrapGlobalsSource. For the
complete list of Managed Objects, refer to the Mediant 5000 / 8000
Programmers' User Manual.

Possible values of severities. This value is displayed from the variable-
binding tgTrapGlobalsSeverity.

Alarm type according to ITU X.733 definition. This value is displayed
from the variable-binding tgTrapGlobalsType.

Alarm probable cause according to ITU X.733 definition. This value is
displayed from the variable-binding tgTrapGlobalsProbableCause.

Textual description of specific problem. This value is displayed from the
variable-binding tgTrapGlobalsTextualDescription. The document
includes a few examples of the possible values of this field.

Additional information fields provided by MG application, depending on
the specific scenario. These values are displayed from
tgTrapGlobalsAdditionallnfol, tgTrapGlobalsAdditionallinfo2 and
tgTrapGlobalsAdditionalinfo3. The document includes a few examples of
the possible values of this field.

NOTIFICATION-TYPE Name as it appears in the MIB.
NOTIFICATION-TYPE OID as it appears in the MIB.

Possible corrective action when applicable.
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4.1 Standard Traps
4.1.1 Cold Start
Cold Start
Description SNMPv2-MIB: A coldStart trap signifies that the SNMP entity, supporting

a notification originator application, is reinitializing itself and that its
configuration may have been altered.

SNMP Alarm coldStart

SNMP OID 1.3.6.1.6.3.1.1.5.1
Alarm Title [Event] Cold Start
Alarm Type Communication Alarm

Alarm Source

Probable Cause Other
Severity Clear
Additional Info1,2,3

Corrective Action
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4.1.2 Link Down
This alarm is supported for Ethernet and DS1 links. In the Mediant 3000, it is also
supported for DS3, SONET and SDH links.
Link Down
Description SNMPv2-MIB: A linkDown trap signifies that the SNMP entity, acting in
an agent role, has detected that the ifOperStatus object for one of its
communication links is about to enter the down state from some other
state (but not from the notPresent state). This other state is indicated by
the included value of ifOperStatus.
SNMP Alarm [Event] linkDown
SNMP OID 1.3.6.1.6.3.1.1.5.3
Alarm Title Link Down
Alarm Type Communication Alarm

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

4.1.3 Link Up

Other

Major

This alarm is supported for Ethernet and DS1 links. In the Mediant 3000, it is also
supported for DS3, SONET and SDH links.

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Link Up

SNMPv2-MIB: A linkUp trap signifies that the SNMP entity, acting in an
agent role, has detected that the ifOperStatus object for one of its
communication links left the down state and transitioned into some other
state (but not into the notPresent state). This other state is indicated by
the included value of ifOperStatus.

[Event] linkUp
1.3.6.1.6.3.1.1.5.4
Link Up

Communication Alarm

Other

Clear
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4.1.4 Entity Configuration Change

Entity Configuration Change

Description Entity-MIB: An entConfigChange notification is generated when the value
of entLastChangeTime changes.

SNMP Alarm [Event] entConfigChange

SNMP OID 1.3.6.1.2.1.47.2.0.1

Alarm Title Entity Configuration Change

Alarm Type Equipment Alarm

Alarm Source

Probable Cause Other

Severity Info

Additional Info1,2,3

Corrective Action

415 Authentication Failure

Authentication Failure

Description SNMPv2-MIB: An authenticationFailure trap signifies that the SNMP
entity has received a protocol message that is no properly authenticated.
While all implementations of SNMP entities MAY be capable of
generating this trap, the snmpEnableAuthenTraps object indicates
whether this trap will be generated.

SNMP Alarm [Event] authenticationFailure
SNMP OID 1.3.6.1.6.3.1.1.5.5

Alarm Title Authentication Failure
Alarm Type Communication Alarm

Alarm Source

Probable Cause Other
Severity Major
Additional Info1,2,3

Corrective Action
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416 DS1 Line Status

Description

SNMP Alarm
SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

DS1 Line Status

From RFC 3895 (Definitions of Managed Obijects for the DS1, E1, DS2,
and E2 Interface Types. O. Nicklass, Ed.. September 2004): A
dsx1LineStatusChange trap is sent when the value of an instance
dsx1LineStatus changes. It can be utilized by an NMS to trigger polls.
When the line status change results from a higher level line status
change (i.e., ds3), then no traps for the ds1 are sent.

[Event] dsx1LineStatusChange
1.3.6.1.2.1.10.18.15.0.1

DS1 Line Status
Communication Alarm

Trunk# (number of trunk)
Other

Major on raise, Clear on clear

Updated DS1 Line Status.

This variable indicates the Line Status of the interface. It contains
loopback, failure, received 'alarm' and transmitted 'alarms' information.

The dsxl1LineStatus is a bit map represented as a sum, therefore, it can
represent multiple failures (alarms) and a LoopbackState simultaneously.
dsx1NoAlarm must be set if and only if no other flag is set. If the
dsxlloopbacksState bit is set, the loopback in effect can be determined
from the dsxlloopbackConfig object. The various bit positions are:

1 dsx1INoAlarm

2 dsx1RcvFarEndLOF
Alarm)

4 dsx1XmtFarEndLOF
Indication

8 dsx1RcvAlIS
16 dsx1XmtAIS

No alarm present
Far end LOF (a.k.a., Yellow

Near end sending LOF

Far end sending AIS
Near end sending AIS

32 dsx1lLossOfFrame
64 dsx1LossOfSignal
128 dsx1LoopbackState
256 dsx1T16AIS

512 dsx1RcvFarEndLOMF
1024 dsx1XmtFarEndLOMF

2048 dsx1RcvTestCode
4096 dsx1OtherFailure
8192 dsxlUnavailSigState

16384 dsx1NetEquipOOS
Service

Near end LOF (a.k.a., Red Alarm)
Near end Loss Of Signal
Near end is looped
E1 TS16 AIS
Far End Sending TS16 LOMF
Near End Sending TS16 LOMF
Near End detects a test code
Any line status not defined here
Near End in Unavailable Signal State
Carrier Equipment Out of

32768 dsx1RcvPayloadAlS DS2 Payload AIS
65536 dsx1Ds2PerfThreshold DS2 Performance Threshold Exceeded
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4.1.7 DS3 Line Status

Description

SNMP Alarm
SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

DS3 Line Status

From RFC 3896 (Definitions of Managed Objects for the DS3/E3
Interface Type. O.Nicklass, Ed.. September 2004): A
dsx3LineStatusChange trap is sent when the value of an instance of
dsx3LineStatus changes. It can be utilized by an NMS to trigger polls.
When the line status change results in a lower level line status change
(i.e., ds1), then no traps for the lower level are sent.

[Event] dsx3LineStatusChange
1.3.6.1.2.1.10.30.15.0.1

DS3 Line Status
Communication Alarm

Trunk# (number of trunk)
Other

Major on raise, Clear on clear

Updated DS3 Line Status.

This variable indicates the Line Status of the interface. It contains
loopback state information and failure state information. The
dsx3LineStatus is a bit map represented as a sum, therefore it can
represent multiple failures and a loopback (see dsx3LoopbackConfig
object for the type of loopback) simultaneously. The dsx3NoAlarm must
be set if and only if no other flag is set. If the dsx3loopbackState bit is
set, the loopback in effect can be determined from the
dsx3loopbackConfig object.

The various bit positions are:

1 dsx3NoAlarm No alarm present

2 dsx3RcvRAlFailure Receiving Yellow/Remote Alarm

Indication

4 dsx3XmitRAIAlarm Transmitting Yellow/Remote Alarm
Indication

8 dsx3RcvAIS Receiving AIS failure state

16 dsx3XmitAlS

32 dsx3LOF

64 dsx3LOS

128  dsx3LoopbackState
256  dsx3RcvTestCode Receiving a Test Pattern

512  dsx3OtherFailure Any line status not defined here
1024 dsx3UnavailSigState  Near End in Unavailable Signal State
2048 dsx3NetEquipOOS Carrier Equipment Out of Service

Transmitting AIS

Receiving LOF failure state
Receiving LOS failure state
Looping the received signal
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4.2 EMS Alarms

42.1 EMS Trap Receiver Binding Error

EMS Trap Receiver Binding Error

Textual Description This alarm is generated during server startup if an error occurs
indicating that the SNMP trap receiver port is already taken.

SNMP OID acEMSSnmpCannotBindError- 1.3.6.1.4.1.5003.9.20.3.2.0.1

AlarmTitle [Event] EMS Trap Receiver Binding Error

ltuAlarmType Environmental Alarm

AlarmSource EMS Server

Probable Cause Application Subsystem Failure

Severity Critical

Additional Info -

Corrective Action Run netstats command to verify which application uses the alarms
reception port (by default UDP post 162).

« EMS application: If it's busy, check which application uses this port.
If it's not freed by the EMS application, restart the EMS Server
application according to the equipment installation manual.

« Other network management application: change the EMS
application and all managed gateways' default alarm reception
ports.

Media Gateways All the gateways managed by the EMS
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422 GW Connection Alarm

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

GW Connection Alarm

Originated by the EMS when an SNMP Timeout occurs for the first time
in the Media Gateway

acEMSNodeConnectionLostAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.3
GW Connection Alarm

Communications Alarm

Media Gateway

Communications Subsystem Failure

Critical

Communication problem: Try to ping the gateway to check if there is

network communication.

« Default gateway alive: Open the network screen. Check the default
gateway IP address and ping it.

« SNMP Community Strings: Verify that the community string defined
in the EMS for the gateway matchs the actual gateway community
strings. To check the community string, right-click on the gateway,
select the 'Details' menu. Default community strings: read = public,
write = private.

« Hardware Problem: Check that the gateway is alive according to the
LEDs. Verify that network and power cables are in place and
plugged in.

All the gateways managed by the EMS
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423 GW Mismatch Alarm

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType

AlarmSource

Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

GW Mismatch Alarm

Activated when the EMS detects a hardware, software, predefine or
configuration mismatch.

« Software Mismatch:
Activated when the EMS detects a software version mismatch
between the actual and the previous definition of the Media
Gateway (for example, Version 4.0.353 instead of the previously
defined 4.0.278). This is also the case when the new version is not
defined in the Software Manager.

« Hardware Mismatch:
Activated when the EMS detects a hardware mismatch between
the actual and the previous definition of a Media Gateway.

o Configuration Mismatch:
Activated when the EMS detects a configuration mismatch between

the actual parameter values provisioned and previous parameter
values provisioned.

acEMSNoMismatchNodeAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.9
GW Mismatch Alarm
Equipment Alarm

Media Gateway/Software
Media Gateway/Hardware
Media Gateway/Configuration

Other

Clear

« Software Mismatch:
v Define the detected version in the EMS Software Manager
v Perform a Software Upgrade on the gateway with one of the
supported versions.
e Hardware Mismatch:
v Perform remove / add a gateway from the EMS tree in order to
resync EMS and the gateway status
v Verify in the Software Manager that an appropriate version
exists for the hardware type displayed in the error message
o Configuration Mismatch:
v" Run Configuration Verification command in order to compare
EMS configuration and actual MG configuration:

-MG configuration is incorrect: use configuration download to
update MG with correct configuration saved in the EMS
database.

-MG is correct, EMS is not updated: use configuration upload
to save a correct MG configuration in the EMS database.

« Check the Actions Journal for recent updates of the gateway.
All the gateways managed by the EMS.
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424 EMS Server Started

EMS Server Started

Textual Description Originated each time the server is started or restarted (warm
boot/reboot) by the EMS Watchdog Process

SNMP OID acEMSServerStartup- 1.3.6.1.4.1.5003.9.20.3.2.0.11

AlarmTitle [Event] EMS Server Started

ltuAlarmType Communications Alarm

AlarmSource EMS Server

Probable Cause Other

Severity Major

Additional Info -
Corrective Action -

Media Gateways All the gateways managed by the EMS.

OAM Guide 370 Document #: LTRT-32126



OAM Guide

4. Alarms

4.2.5 Disk Space Alarm

Textual Description
SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause

Severity

Additional Info

Corrective Action

Media Gateways

Disk Space Alarm

Originated when the EMS Server hard disk capacity is almost full.
acEMSNotEnoughDiskSpaceAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.12
Disk Space Alarm

Environment Alarm

EMS Server

Critical - disk usage > 80 %
Major - disk usage > 70 %

= Clean all unnecessary files
= Expand the hard disk

All the gateways managed by the EMS.

4.2.6 Software Replaced

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity

Additional Info

Corrective Action

Media Gateways

Software Replaced

Originates when the EMS discovers a software version replace
between board versions, for example, from V4.6.009.004 to
V4.6.152.003 (when both versions are managed by the EMS).

Software Replace old version : <old version> new version <new
version>

acEMSSoftwareReplaceAlarm- 1.3.6.1.4.1.5003.9.20.3.2.0.14
[Event] Software Replaced

Communications Alarm

EMS Server

Other

Info

If you initiated a performance measurements polling process before
you initiated the software replacement process, the polling process is
stopped.

No action should be taken; this is an information alarm.

All the gateways managed by the EMS.
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4.2.7 Hardware Replaced

Hardware Replaced

Textual Description Originated when the EMS discovers a different gateway (according to
the MAC address) to what was initially defined, while the Hardware
Type remains the same.

Hardware Replace is discovered by the MAC address and performed
during Board Started trap.

SNMP OID acEMSHardwareReplaceAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.15
AlarmTitle [Event] Hardware Replaced

ltuAlarmType Equipment Alarm

AlarmSource Media Gateway

Probable Cause Other

Severity Major

Additional Info -
Corrective Action -

Media Gateways MediaPacks, Mediant 1000, Mediant 2000, Mediant 3000

428 HTTP/HTTPS Access Disabled

HTTP/HTTPS Access Disabled

Textual Description Originated when HTTP access is disabled by EMS hardening but the
EMS manages media gateways that require HTTP access for software
upgrade.

Originated on server startup.

SNMP OID acEMSHTTPDisabled - 1.3.6.1.4.1.5003.9.20.3.2.0.16

AlarmTitle [Event] HTTP/HTTPS Access Disabled

ltuAlarmType Environmental Alarm

AlarmSource EMS Server

Probable Cause Application Subsystem Failure

Severity Major

Additional Info -

Corrective Action Separate the gateways between two EMS Servers (secured &
unsecured)
Media Gateways Gateways using the HTTP server for the software upgrade procedure:

MediaPacks, Mediant 1000, Mediant 2000, Mediant 3000.
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429 PM File Generated

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

PM File Generated

Originated when a PM file is generated in the EMS server, and it can
be retrieved by a higher level management system.

acEMSPmFileGenerate - 1.3.6.1.4.1.5003.9.20.3.2.0.18
[Event] PM File Generated

Other

EMS Server

Other

Info

The performance summary data from<start polling interval time>
to<timeStempFileTo> of media gateway<nodelPAdd> was saved in
PM file <fileName>.

All Gateways
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4.2.10 PM Polling Error

Textual Description

SNMP OID
AlarmTitle
ltuAlarmType
AlarmSource
Probable Cause
Severity
Additional Info

Corrective Action

Media Gateways

PM Polling Error

Originated when a PM History stops collecting performance summary
data from MG. Possible reasons are: NTP synchronization lost,
Connection Loss, SW Mismatch, etc..

acEMSPmHistoryAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.19
[Event] PM Polling Error

Other

EMS Server

Other

Minor

Verify in the 'Textual Description' (see above) the reason why the PM
history stopped.

= When the reason is 'NTP synchronization lost', verify that the
gateway and the EMS Server machine are synchronized to the
same NTP server and have accurate time definitions.

= When the reason is 'Software Mismatch’, you can stop the PM
history collection until the new version is added to the Software
Manager.

= When the reason is 'Connection Loss' between the EMS Server
and the gateway, polling continues automatically when the
connection is re-established; the purpose of the alarm in this case
is to inform users of missing samples.

Note: The alarm continues to activate every 15 minutes unless you fix

the problem or manually stop PM polling of the Gateway.

All Gateways
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4211 Cold Start Missed

Cold Start Missed

Textual Description Originated when Carrier Grade Alarm System recognizes coldStart
trap has been missed.

SNMP OID acEMSNodeColdStartMissedEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.20

AlarmTitle [Event] Cold Start Missed

ltuAlarmType Other

AlarmSource

Probable Cause Receive failure

Severity Clear

Additional Info
Corrective Action

Media Gateways All the managed Gateways

4212 Security Alarm

Security Alarm

Textual Description Activated when one of more Radius servers are not reachable. When
none of the radius servers can be reached, a Critical Severity alarm is
generated.

SNMP OID acEMSSecurityAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.23

AlarmTitle Security Alarm

ltuAlarmType Processing Error Alarm

AlarmSource EMS Server / Radius <#>

Probable Cause Other

Severity Minor, Major, Critical

Additional Info
Corrective Action

Media Gateways
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4213 Security Event

Security Event

Textual Description This event is generated when a specific user is blocked after reaching
the maximum number of login attempts, or when the EMS failed to
sync EMS and Mediant 5000 / 8000 users.

SNMP OID acEMSSecurityEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.24
AlarmTitle [Event] Security Event
ltuAlarmType Other
AlarmSource EMS Server / User Name,
EMS Sever / User Sync
Probable Cause Other
Severity Indeterminate

Additional Info
Corrective Action

Media Gateways

4214 Topology Update Event

Topology Update Event

Textual Description This event is issued by the EMS when a Gateway or Region is
added/removed/updated in the EMS application and includes the
following information:

Action: Add / Remove / Update GW or Region

Region Name

GW Name

GW IP
Note: For opening an EMS client in the MG context, the gateway IP
address should be provided.

SNMP OID acEMSTopologyUpdateEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.25
Alarm Title [Event] Topology Update

Alarm Source EMS Server

Severity Indeterminate

Alarm Type Other

Probable Cause Other
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Additional Info

Corrective Action

Media Gateways

Additional Info 1 field will include following details:

Region: X1 'X2" [GW: Y1 'Y2''Y3''Y4

X1 = Region ID (unique identifier in the EMS data base used for region
identification)

X2 = Region name as it defined by EMS operator

Y1 = GW ID (unique identifier in the EMS data base used for GW
identification)

Y2 = GW Name as it defined by EMS operator

Y3 = GW IP as it defined by EMS operator

Y4 = GW Type as it identified by EMS during the first connection to the
GW. If first connection was not successful during the add operation, it
will trigger an 'Add GW' event with Unknown GW type, and 'Update

GW' event once the initial connection to the GW has been successfull.
The following GWs will be supported: MP,M1K, M2K, M3K, M5K, M8K

Region details will always be part of the alarm, while GW info will be
displayed when event is GW related.

All the fields related to the GW will always be displayed to allow easy
parsing.

Examples:

(Description=Add Region) Region: 7 'Test Lab'
(Description=Update Region)  Region: 7 'My Updated Region'
(Description=Add GW) Region: 7 'My Updated Region', GW:
22 'MG14' '1.2.3.4' 'Unknown', PM Polling: disabled
(Description=Update GW) Region: 7 'My Updated Region', GW:
22 'My MG 15''4.5.6.7' 'M3K'

(Description=Update GW) Region:; 7 'My Updated Region', GW:

22 'My MG 15''4.5.6.7', PM Polling: enabled

(Description=Remove GW) Region: 7 'My Updated Region', GW:
22 'My MG 15''4.5.6.7' 'M3K', Polling: enabled

(Description=Remove Region) Region: 7 'My Updated Region'
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4.2.15 Topology File Event

Topology File Event

Textual Description This event is issued by the EMS when the Topology File is updated on
the EMS Server machine.The Topology file is automatically updated
upon the addition /removal of a Media Gateway or upon updates to the
Media Gateway properties. For more information, refer to the OAMP
Integration Guide.

SNMP OID acEMSTopologyFileEvent- 1.3.6.1.4.1.5003.9.20.3.2.0.26
Alarm Title [Event] Topology File

Alarm Source

Severity Indeterminate

Alarm Type Other

Probable Cause Other

Additional Info File Name: MGsTopologyList.csv

Corrective Action

Media Gateways

4.2.16 Synchronizing Alarms Event

Synchronizing Alarms Event

Textual Description This event is issued when the EMS is not able to retrieve the entire
missing alarms list from the History table. Information regarding the
number of retrieved alarms, and number of alarms EMS failed to
retrieve is provided in the Additional Info field.

SNMP OID acEMSSyncAlarmEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.27
Alarm Title [Event] Synchronizing Alarms

Alarm Source EMS Server

Severity Indeterminate

Alarm Type Other

Probable Cause Other

Additional Info Retrieved x missed alarms, failed to retrieve y alarms.

Corrective Action

Media Gateways
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4.2.17 Synchronizing Active Alarms Event

Synchronizing Active Alarms Event

Textual Description This event is issued when the EMS is not able to perform
synchronization with the History alarms table, and instead performs
synchronization with the Active Alarms Table.

SNMP OID acEMSSyncActiveAlarmEvent - 1.3.6.1.4.1.5003.9.20.3.2.0.28
Alarm Title [Event] Synchronizing Active Alarms

Alarm Source

Severity Indeterminate
Alarm Type Other
Probable Cause Other

Additional Info
Corrective Action

Media Gateways

42.18 License Key Alarm

License Key Alarm

Textual Description This alarm is raised when one of the following occurs:
= EMS Application License is expired.
= EMS Application License will be expired within one month.

= Gateway management is not covered by the current EMS
Application License (the maximum number of EMS licenses for
managing this gateway has been exceeded).

SNMP OID acEMSLicenseKeyAlarm - 1.3.6.1.4.1.5003.9.20.3.2.0.29
Alarm Title EMS License Key Alarm

Alarm Source

Severity Major/Critical
Alarm Type Other
Probable Cause keyExpired

Additional Info
Corrective Action

Media Gateways
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4219 SEM Failed Calls Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

SEM — Failed Calls Alarm

This alarm is raised when the failed calls threshold is crossed and is
cleared when the failed calls ratio returns below the threshold value.

The description field includes the info: Failed X1% of calls, X2 of X3 calls.
acSEMRuleFailedCallsAlarm

1.3.6.1.4.1.5003.9.20.3.2.0.30

SEM - Failed Calls Alarm

SEM/<Device Name> or SEM/<Link Name> (According to provisioned
scope)

gualityOfServiceAlarm
thresholdCrossed
According to provisioned thresholds: critical, major or clear

Critical or Major severity threshold is Y%

4.2.20 SEM Voice Quality Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

SEM — Voice Quality Alarm

This alarm is raised when the poor quality calls threshold is crossed and
is cleared when the poor quality calls ratio returns below the threshold
value.

The description field includes the info: Poor Quality X1% of calls, X2 of
X3 calls.

acSEMRulePoorQualityCallsAlarm
1.3.6.1.4.1.5003.9.20.3.2.0.31
SEM — Voice Quality Alarm

SEM/<Device Name> or SEM/<Link Name> (According to provisioned
scope)

qualityOfServiceAlarm
thresholdCrossed
According to provisioned thresholds: critical, major or clear

Critical or Major severity threshold is Y%
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4221 SEM Average Call Duration Alarm

SEM-Average Call Duration Alarm

Description This alarm is raised when the average call duration time threshold is
crossed and is cleared when the average call duration time ratio returns
below the threshold value.

The description field includes the info: Average Call Duration is X sec.

SNMP Alarm acSEMRuleAvrgCallDurationAlarm

SNMP OID 1.3.6.1.4.1.5003.9.20.3.2.0.32

Alarm Title SEM — Average Call Duration Alarm

Alarm Source SEM/<Device Name> or SEM/<Link Name> (According to provisioned
scope)

Alarm Type qualityOfServiceAlarm

Probable Cause thresholdCrossed

Severity According to provisioned thresholds: critical, major or clear

Additional Info Critical or Major severity threshold is Y sec

Corrective Action
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4.3 Device Alarms

431 Board Fatal Error

Board Fatal Error

Description Board fatal error

SNMP Alarm acBoardFatalError

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.1

Alarm Title Board Fatal Error

Alarm Type Equipment Alarm

Alarm Source

Probable Cause Underlying resource unavailable

Severity Critical

Additional Info1,2,3 NULL

Corrective Action Capture the Syslog alarm data and send it to Technical Support who will

probably instruct you to collect additional data from the device.

4.3.2 Configuration Error

Configuration Error

Description Configuration Error

SNMP Alarm acBoardConfigurationError

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.2

Alarm Title [Event] Configuration Error

Alarm Type Equipment Alarm

Alarm Source

Probable Cause Underlying resource unavailable

Severity Critical

Additional Info1,2,3 NULL

Corrective Action Inspect the run-time specific string to determine the nature of the

configuration error. Fix the configuration error using the appropriate tool:
Web interface, EMS, or ini file. Save the configuration and if necessary
reset the device.
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4.3.3 Temperature Alarm
Temperature Alarm
Description The temperature alarm is set off when the temperature exceeds 60
degrees Celsius, and ceases when the temperature again falls below
55 degrees Celsius.
Alarm raise - 'The temperature is too high'
Alarm clear - 'The temperature is normal'
SNMP Alarm acBoardTemperatureAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.3
Alarm Title Temperature Alarm
Alarm Type Equipment Alarm

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Temperature unacceptable
Critical
NULL

Inspect the system. Determine if all fans in the system are operating
correctly.

4.3.4 Initialization Ended

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Initialization Ended

This event is sent when the device is initialized and ready to run.
acBoardEvBoardStarted

1.3.6.1.4.1.5003.9.10.1.21.2.0.4

[Event] Initialization Ended

Equipment Alarm

Other
Major
NULL
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4.35 Board Resetting Following Software Reset

Board Resetting Following Software Reset

Description This alarm indicates that the device has started the reset
process- following a software reset.

SNMP Alarm acBoardEvResettingBoard

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.5

Alarm Title Board Resetting Following Software Reset

Alarm Type Other

Alarm Source

Probable Cause Other

Severity Critical

Additional Info1,2,3 ‘Additionallnfol’, ‘Additionallnfo2', ‘Additionallnfo3',

Corrective Action A network administrator has taken action to reset the device. No

corrective action is needed.

4.3.6 Feature Key Related Error

Feature Key Related Error

Description Feature key error

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.6
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4.3.7 Gateway Administrative State Changed

Gateway Administrative State Changed

Description The administrative state of the gateway has been changed to a new
state.

Note that all state changes are instigated by the parameter

acgwAdminState.

= Time limit set in the parameter acgwAdminStateLockControl -
'‘GateWay shutting down. Max time to LOCK %d sec'

= No time limit in the parameter acgwAdminStateLockControl -
'‘GateWay is shutting down. No time limit.'

= When reaching lock state - 'GateWay is locked'

When the gateway is SET to be unlocked 'GateWay is unlocked (fully
active again)'

SNMP Alarm acgwAdminStateChange
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.7
Alarm Title Administrative State Change
Alarm Type Equipment Alarm

Alarm Source

Probable Cause Other
Severity =  Major
=  Major
=  Major
= Cleared
Additional Info1,2,3 NULL
Corrective Action A network administrator has taken an action to lock the device. No

corrective action is required.
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4.3.8 No Free Channels Available

No Free Channels Available

Description This alarm indicates that almost no free resources for the call are
available.
Activated only if the parameter EnableRai is set.
The threshold is determined according to parameters
RAIHIGHTHRESHOLD and RAILOWTHRESHOLD.

SNMP Alarm acBoardCallResourcesAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.8
Alarm Title No Free Channels Available
Alarm Type Other

Alarm Source '‘GWAPP'

Probable Cause Other

Severity Major / Clear

Additional Info1,2,3 -

4.39 Gatekeeper/Proxy not Found or Registration Failed

Gatekeeper/Proxy not Found or Registration Failed

Description The Controller (SIP Proxy) is not found or registration has failed. Internal
routing table may be used for routing.

'Proxy lost. Looking for another proxy’
'Proxy not found. Use internal routing'
'Proxy found. ip:a.b.c.d'

SNMP Alarm acBoardControllerFailureAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.9

Alarm Title Gatekeeper/Proxy not Found or Registration Failed
Alarm Type Other

Alarm Source 'GWAPP

Probable Cause Other

Severity Major / Clear

Additional Info1,2,3
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4.3.10 Ethernet Link Down Alarm

Ethernet Link Down Alarm

Description Ethernet link is down or remote Ethernet link is down and the board has
no communication to any other host.

= Nolink at all.

= Linkis up again.

= Primary link is down only - 'Primary Link is lost. Switching to
Secondary Link'

SNMP Alarm acBoardEthernetLinkAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.10
Alarm Title Ethernet Link Down Alarm
Alarm Type Equipment Alarm
Alarm Source
Probable Cause = Input/Output Device Error

= Other

= Underlying resource unavailable
Severity = Critical

= Cleared

=  Major

Additional Info1,2,3 -

Corrective Action Ensure that both Ethernet cables are plugged into the back of the
system. Inspect the system's Ethernet link lights to determine which
interface is failing. Reconnect the cable or fix the network problem.
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43.11 System Component Overloaded

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Type
Alarm Source
Probable Cause
Severity

Additional Info1,2,3

System Component Overloaded

This alarm is raised when there is an overload in one or more of the
system's components.

acBoardOverloadAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.11
System Component Overloaded
Other

'GWAPP!
Other

Major / Clear

43.12 Active Alarms Table Overflow

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Active Alarms Table Overflow

This alarm is raised when there are too many alarms to fit into the active
alarm table. The status stays major until reboot as it denotes a possible

loss of information until the next reboot. If an alarm was raised when the
table was full, it is possible that the alarm is active, but does not appear

in the active alarm table.

acActiveAlarmTableOverflow
1.3.6.1.4.1.5003.9.10.1.21.2.0.12
[Event] Active Alarm Table Overflow
Processing Error Alarm

MG

resourceAtOrNearingCapacity (43)
Major

Some alarm information may have been lost, but the ability of the device
to perform its basic operations has not been impacted. A reboot is the
only way to completely clear a problem with the active alarm table.
Contact your first-level group.
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4.3.13 Operational State Change

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

Operational State Change

This alarm is raised if the operational state of the node goes to disabled.
The alarm is cleared when the operational state of the node goes to
enabled.

acOperationalStateChange
1.3.6.1.4.1.5003.9.10.1.21.2.0.15
Operational State Change

processingErrorAlarm
outOfService

Major on raise, Clear on clear

43.14 Keep Alive Trap

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

Keep Alive Trap

This trap is sent when the STUN client in the board is enabled and has
either identified a NAT or is cannot find the STUN server.

The ini file contains the following line: 'SendKeepAliveTrap=1"'

Keep-alive is sent out every x second.x =0. 9 of the time defined in the
NatBindingDefaultTimeout parameter.

acKeepAlive
1.3.6.1.4.1.5003.9.10.1.21.2.0.16
[Event] Keep Alive Trap

other
other

Indeterminate
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4.3.15 NAT Traversal Alarm

NAT Traversal Alarm

Description This alarm is raised when the STUN client in the board is enabled and
has either identified a NAT or cannot find the STUN server.

The ini file contains the following line: 'SendKeepAliveTrap=1"'

Keep-alive is sent out every 9/10 of the time defined in the
NatBindingDefaultTimeout parameter.

SNMP Alarm acNATTraversalAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.17
Alarm Title NAT Traversal Alarm

Alarm Type other (0)

Alarm Source MG

Probable Cause other (0)

Severity Indeterminate

Additional Info1,2,3 -

Corrective Action -

4.3.16 SS7 Link State Change Alarm

SS7 Link State Change Alarm

Description Operational state of the link becomes 'IN-SERVICE' or 'OFFLINE'.
** SS7 *** Link %i is %s $s

%i - <Link number>

%s - <state name>: { 'OFFLINE', 'BUSY", 'INSERVICE'}
%s - IF link has MTP3 layer, then this string equals:
(SP %i linkset %i slc %i)

Where:
%i - <SP number>
%i - <Link-Set number>

%i - <SLC number>

Otherwise there is NO additional text.

SNMP Alarm acSS7LinkStateChangeAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.19
Alarm Title SS7 Link State Change Alarm
Alarm Type communicationsAlarm

Alarm Source SS7/Link#

Probable Cause other
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Severity Major, Clear
Additional Info1,2,3 -
Corrective Action For full details, refer to the equipment documentation and the standards

relevant to SS7 MTP3.
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4.3.17 SS7 Link Inhibit State Change Alarm

SS7 Link Inhibit State Change Alarm

Description This alarm is raised for any change in the remote or local inhibition
status.

*rx SST7 *** Link %i (SP %i linkset %i slc %i) is %s

%i - <Link number>

%i - <SP number>

%i - <Link-Set number>

%i - <SLC number>

%s - <congestion state>: { 'UNINHIBITED', 'INHIBITED' }

SNMP Alarm acSS7LinkinhibitStateChangeAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.20
Alarm Title SS7 Link Inhibit State Change Alarm
Alarm Type communicationsAlarm

Probable Cause other

Alarm Source SS7/Link#

Severity Major, Clear

Additional Info1,2,3 -

Corrective Action Make sure the link is uninhibited - on both local and remote sides
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4.3.18 SS7 Link Congestion State Change Alarm

Description

SNMP Alarm
SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

SS7 Link Congestion State Change Alarm

This alarm is raised for any change in the remote or local congestion
status. Raise alarm is generated when status is CONGESTED, and clear
alarm is generated when status is UNCONGESTED (local or remote).

**x SS7 *** Link %i is %s %s.

%i - <Link number>

%s - IF link has MTP3 layer, then this string equals:
(SP %i linkset %i slc %i)

Where:

%i - <SP number>

%i - <Link-Set number>

%i - <SLC number>

Otherwise there is NO additional text.

%s - <congestion state>: { ' UNCONGESTED', 'CONGESTED' }
acSS7LinkCongestionStateChangeAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.22

SS7 Link Congestion State Change Alarm

communicationsAlarm

Other

Maijor, Clear

Reduce SS7 traffic on that link.
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4.3.19 SS7 Linkset State Change Alarm

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

SS7 Linkset State Change Alarm

Alarm is sent when Route Set operational state is changed. Alarm is
raised when status is BUSY, and cleared when status is OFFLINE, or
INSERVICE.

** SS7 *** |inkset %i on SP %i is <'OFFLINE', 'BUSY", 'INSERVICE'>
acSS7LinkSetStateChangeAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.23

SS7 LinkSet State Change Alarm

communicationsAlarm

SS7/SP#/Linset#

Other

Major, Clear

For full details, refer to the equipment documentation and the standards
relevant to SS7 MTP3.

4.3.20 SS7 Routeset State Change Alarm

Description

SNMP Alarm
SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

SS7 Routeset State Change Alarm

Alarm is sent when Route Set operational state is changed. Alarm is
raised when status is BUSY, and cleared when status is OFFLINE, or
INSERVICE.

**% SS7 *** Routeset %i on SP %i is <'OFFLINE', 'BUSY"', INSERVICE"™>
acSS7RouteSetStateChangeAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.24

SS7 Route Set State Change Alarm

communicationsAlarm

SS7/SP#/RouteSet#

Other

Maijor, Clear

For full details, refer to the equipment documentation and the standards
relevant to SS7 MTP3.
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4321 SS7 Node State Change Alarm

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

SS7 Node State Change Alarm

SS7 SN Set State Change Alarm. Alarm is raised when status is BUSY,
and cleared when status is OFFLINE, or INSERVICE.

**x SST7 *** SP #1is <'BUSY','OFFLINE', 'INSERVICE">
acSS7SNSetStateChangeAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.25

SS7 Node State Change Alarm

communicationsAlarm

SS7/SP#

other

Major on raise condition, Clear

Signaling Node must complete its MTP3 restart procedure and become
un-isolated

4.3.22 Threshold of Performance Monitored Object Exceeded

Description

SNMP Alarm

SNMP OID

Alarm Title

Alarm Type

Alarm Source
Probable Cause
Severity

Additional Info1,2,3

Corrective Action

Threshold of Performance Monitored Object Exceeded

This alarm is raised when a performance counter has crossed the high /
low threshold.

'Performance: Threshold alarm was set', with source = name of the
performance counter which caused the trap.

acPerformanceMonitoringThresholdCrossing
1.3.6.1.4.1.5003.9.10.1.21.2.0.27

Threshold of Performance Monitored Object Exceeded
Other

MO Path

Other

Indeterminate (this is a notification; it's not automatically cleared)
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4.3.23 HTTP Download Result

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

HTTP Download Result

This is a log message (not alarm) indicating both sucessfull or failed
HTTP Download result.

acHTTPDownloadResult
1.3.6.1.4.1.5003.9.10.1.21.2.0.28
[Event] HTTP Download Result

processingErrorAlarm (3) for failures and other (0) for success
Other

Indeterminate

4.3.24 Fan Tray Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Alarm Source
Probable Cause

Severity

Additional Info

Corrective Action

Fan Tray Alarm
This alarm is activated in one of the following cases:
= Fan-Tray is missing
= One or more fans in the fan-tray is faulty.
= Fan tray is in place and fans are functioning.

acFanTrayAlarm
1.3.6.1.4.1.5003.9.10.1.21.2.0.29
Fan Tray Alarm
Chassis#0/FanTray#0

Equipment Alarm

heatingVentCoolingSystemProblem
= Critical

=  Major

» Clear
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4.3.25 Power Supply Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause

Severity

Additional Info

Corrective Action

Power Supply Alarm

This alarm is activated in one of the following cases:

= The HA (High Availability) feature is active and one of the power
supply units is faulty or missing.

= PS unitis inserted in its location and functioning.

acPowerSupplyAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.30

Power Supply Alarm

Chassis#0/PowerSupply#<m> where m is the power supply's slot
number

Equipment Alarm
Power problem

=  Major
= Clear

4.3.26 PEM Module Alarm

Description

SNMP Alarm
SNMP OID
Alarm Title

Alarm Source

Alarm Type
Probable Cause

Severity

Additional Info

Corrective Action

PEM Module Alarm

This alarm is activated in one of the following cases:
= The HA (High Availability) feature is active and one of the PEM
(Power Entry Module) units is missing

= PEM card is in its location and both DC wires are in.
acPEMAlarm

1.3.6.1.4.1.5003.9.10.1.21.2.0.31

PEM Module Alarm

Chassis#0/PemCard#<m> where m is the power entry module's slot
number

equipmentAlarm
underlyingResourceUnavailable

Critical
Clear
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4.3.27 SA Module Missing Alarm

SA Module Missing Alarm

Description Activated when the SA module removed or missing.

SNMP Alarm acSAMissingAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.32

Alarm Title SA Module Missing Alarm

Alarm Source Chassis#0/SA#<m> where m is the Shelf Alarm module's slot number
Alarm Type Equipment Alarm

Probable Cause Underlying resource unavailable

Severity Critical on raise, Clear on clear.

Additional Info -

Corrective Action -

4.3.28 HA System Fault Alarm
This alarm applies only to the Mediant 3000 HA.

HA System Fault Alarm

Description This alarm originates when:

= HA feature is active but the system is NOT working in HA mode.
Reason is specified (for example: SW WD exception error, HW WD
exception error, SAT device is missing, SAT device error, DSP error,
BIT tests error, etc).

= HA feature is active and the redundant module is in start up mode but
hasn't connected yet

= HA system is active

SNMP Alarm acHASystemFaultAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.33
Alarm Title HA System Fault Alarm
Alarm Source System#0/Module#<m> where m is the 6310 module's slot number
Alarm Type Quality Of Service Alarm
Probable Cause Out of service
Severity = Critical
=  Minor
= Clear

Additional Info -

Corrective Action -
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4.3.29 HA System Configuration Mismatch Alarm
This alarm applies only to the Mediant 3000.

HA System Configuration Mismatch Alarm

Description HA feature is active. The active module was unable to transfer the
License Key to the redundant module.

SNMP Alarm acHASystemConfigMismatchAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.34

Alarm Title HA System Configuration Mismatch Alarm

Alarm Source System#0/Module#<m> where m is the TPM-6310's slot number

Alarm Type Processing Error Alarm

Probable Cause Configuration or customization error

Severity Major on raise, Clear on clear

Additional Info -

Corrective Action -

4.3.30 HA System Switch Over Alarm

This alarm applies only to the Mediant 3000.

HA System Switch Over Alarm

Description Switch-over has occurred.

SNMP Alarm acHASystemSwitchOverAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.35

Alarm Title HA System Switch Over Alarm

Alarm Source System#0/Module#<m> where m is the 6310 module's slot number
Alarm Type Quality Of Service Alarm

Probable Cause Out of service

Severity Critical on raise, Clear on clear

Additional Info -

Corrective Action -
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4331 User Input Alarm

User Input Alarm

Description Input dry contact is short circuited / reopened
SNMP Alarm acUserlnputAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.36

Alarm Title User Input Alarm

Alarm Source Chassis#0

Alarm Type Equipment Alarm

Probable Cause Input Device Error

Severity Critical on raise, Clear on clear.

Additional Info -

Corrective Action -

4.3.32 D-Channel Status

This alarm applies to digital media gateways.

D-Channel Status

Description This alarm indicates that the D-Channel is un-established or established.
SNMP Alarm acDChannelStatus

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.37

Alarm Title D-Channel Status

Alarm Source Trunk no.<m> where m is the trunk number (from 0 up).

Alarm Type Communications Alarm

Probable Cause Communications Protocol Error

Severity Minor on raise, Clear on clear

Additional Info -

Corrective Action -
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4.3.33 SONET Section LOF Alarm

This alarm applies only to the Mediant 3000.

SONET Section LOF Alarm

Description This alarm indicates that a LOF condition is present on SONET no#m.

The field 'sonetSectionCurrentStatus' in the sonetSectionCurrentTable
will have a value of sonetSectionLOF (4).

SNMP Alarm acSonetSectionLOFAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.38

Alarm Title SONET Section LOF Alarm

Alarm Source Interfaces#0/Sonet#<m> where m is the SONET I/F number
Alarm Type Communications Alarm

Probable Cause Loss of frame

Severity Critical on raise, Clear on clear

Additional Info -

Corrective Action -

43.34 SONET Section LOS Alarm

This alarm applies only to the Mediant 3000.

SONET Section LOS Alarm

Description This alarm indicates that a LOS or AIS condition is present on SONET
no #m.

The field 'sonetSectionCurrentStatus' in the sonetSectionCurrentTable
will have a value of sonetSectionLOS (2).

SNMP Alarm acSonetSectionLOSAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.39

Alarm Title SONET Section LOS Alarm

Alarm Source Interfaces#0/Sonet#<m> where m is the SONET I/F number
Alarm Type Communications Alarm

Probable Cause Loss of signal

Severity Critical on raise, Clear on clear

Additional Info -

Corrective Action -
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4.3.35 SONET Line AIS Alarm
This alarm applies only to the Mediant 3000.

SONET Line AIS Alarm

Description This alarm indicates that an AIS condition is present on SONET-Line #m.

The field 'sonetLineCurrentStatus' in the sonetLineCurrentTable will have
a value of sonetLineAlS (2).

SNMP Alarm acSonetLineAlSAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.40

Alarm Title SONET Line AIS Alarm

Alarm Source Interfaces#0/Sonet#<m> where m is the SONET I/F number
Alarm Type Communications Alarm

Probable Cause Receive Failure

Severity Critical on raise, Clear on clear

Additional Info -

Corrective Action -

4.3.36 SONET Line RDI Alarm
This alarm applies only to the Mediant 3000.

SONET Line RDI Alarm

Description This alarm indicates that an RDI condition is present on SONET-Line
no#m.

The field 'sonetLineCurrentStatus' in the sonetLineCurrentTable will have
a value of sonetLineRDI (4).

SNMP Alarm acSonetLineRDIAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.41

Alarm Title SONET Line RDI Alarm

Alarm Source Interfaces#0/Sonet#<m> where m is the SONET I/F number
Alarm Type Communications Alarm

Probable Cause Transmit failure

Severity Critical on raise, Clear on clear

Additional Info -

Corrective Action -
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4.3.37 SONET/SDN IF Failure Alarm

This alarm applies only to the Mediant 3000.

SONET/SDN IF Failure Alarm

Description This alarm indicates a hardware failure on the SONET-Line no#m.
SNMP Alarm acSonetlfHwFailureAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.42

Alarm Title SONET/SDH IF Failure Alarm

Alarm Source Interfaces#0/Sonet#<m> where m is the SONET I/F number
Alarm Type Communications Alarm

Probable Cause Transmit failure

Severity Critical on raise, Clear on clear

Additional Info

Corrective Action -

4.3.38 H.248 Lost Connection with CA

This alarm applies only to digital gateways running MEGACO control protocol.

H.248 Lost Connection with CA

Description This alarm indicates an MG loss communication with one of the
provisioned Call Agents (MGC - Media Gateway Controller). Alarm
message include call Agent IP Address.

SNMP Alarm acH248LostConnectionWithCA
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.44
Alarm Title H248 Lost Connection with CA

Alarm Source

Alarm Type Communication Alarm
Probable Cause Out Of Service
Severity Major on raise, Clear on clear

Additional Info

Corrective Action -
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4.3.39 Hitless Update Event

This alarm applies only to the Mediant 3000.

Trunk LOS Alarm

Description A Notification trap that is sent out at the beginning and the end of a
Hitless SW update.

Failure during the process will also instigate the trap. May include the
following information:

Hitless: start SW upgrade.

Hitless: Stream read error, aborting CMP file processing.

Hitless: Invalid cmp file - missing Ver parameter.

Hitless fail: Hitless sw upgrade is not supported under version 5.2.
Hitless fail: SW ver stream name too long.

Hitless fail: Invalid cmp file - missing UPG parameter.

Hitless fail: Hitless SW upgrade not supported.

Hitless fail: Communication with redundant module failed.

Hitless: SW upgrade ended successfully.

SNMP Alarm acHitlessUpdateStatus

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.48
Alarm Title Hitless Update Event

Alarm Source Automatic Update

Alarm Type other

Probable Cause other

Severity Indeterminate

Additional Info

Corrective Action
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4.3.40 Trunk LOS Alarm

This alarm applies only to Digital Gateways with E1/T1Trunks.

Trunk LOS Alarm

Description This alarm indicates a loss of signal at the trunk's near end.
SNMP Alarm acTrunksAlarmNearEndLOS

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.49

Alarm Title Trunk LOS Alarm

Alarm Source Port#<n> where n is the digital trunk number

Alarm Type communicationsAlarm

Probable Cause lossOfSignal

Severity Critical

Additional Info

Corrective Action Check trunk's connectivity

4341 Trunk LOF Alarm
This alarm applies only to Digital Gateways with E1/T1Trunks.

Trunk LOF Alarm

Description This alarm indicates a loss of frame at the trunk's near end.
SNMP Alarm acTrunksAlarmNearEndLOF

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.50

Alarm Title Trunk LOF Alarm

Alarm Source Port#<n> where n is the digital trunk number

Alarm Type communicationsAlarm

Probable Cause lossOfFrame

Severity Critical

Additional Info

Corrective Action Check trunk's connectivity
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4342 Trunk AIS Alarm

This alarm applies only to Digital Gateways with E1/T1Trunks.

Trunk AIS Alarm

Description This alarm indicates that an AIS has been received from the trunk's far
end.

SNMP Alarm acTrunksAlarmRcvAIS

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.51

Alarm Title Trunk AIS Alarm

Alarm Source Port#<n> where n is the digital trunk number

Alarm Type communicationsAlarm

Probable Cause receiveFailure

Severity Critical

Additional Info

Corrective Action Check trunk's connectivity

4.3.43 Trunk RAI Alarm
This alarm applies only to Digital Gateways with E1/T1Trunks.

Trunk RAI Alarm

Description Loss of frame at trunk's far end

SNMP Alarm acTrunksAlarmFarEndLOF

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.52

Alarm Title Trunk RAI Alarm

Alarm Source Port#<n> where n is the digital trunk number
Alarm Type communicationsAlarm

Probable Cause transmitFailure

Severity Critical

Additional Info

Corrective Action Check trunk's connectivity
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4.3.44 TM Inconsistency

This alarm applies only to the Mediant 3000.

TM Inconsistency

Description Timing Manager Alarm. This alarm is triggered when the system is in a
1+1 status and the redundant board PLL status is different to the active
board PLL status.

acTMiInconsistentRemoteAndLocalPLLStatus

SNMP Alarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.56
Alarm Title TM Inconsistency

Alarm Source

Alarm Type equipmentAlarm

Probable Cause underlyingResourceUnavailable

Severity Major, Clear

Additional Info Status stays major until reboot. A clear trap is not sent.

Synchronize the timing module.
Corrective Action
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4.3.45 TM Reference Status

This alarm applies only to the Mediant 3000 using the BITs Synchronization Timing

mode.

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

TM Reference Status

Timing Manager Alarm. This alarm is triggered when either the primary
or secondary BITs reference or both BITs references are not responding.

acTMReferenceStatus

1.3.6.1.4.1.5003.9.10.1.21.2.0.57

TM Reference Status

equipmentAlarm
underlyingResourceUnavailable
Major, Critical, Clear

When the primary and secondary BITs clock references do not respond
in more than 24 hours, an alarm will be escalated to critical.

The status of this alarms stays major until reboot. A clear trap is not sent.

Synchronize the timing module.

OAM Guide
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4.3.46 TM Reference Change
This alarm applies only to the Mediant 3000.

TM Reference Change

Description The Timing Manager sends a log message upon PLL Status change
acTMReferenceChange

SNMP Alarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.58

Alarm Title [Event] TM Reference Change

Alarm Source

Alarm Type Other
Probable Cause Other
Severity indeterminate

Additional Info

Corrective Action
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4.3.47 V5.2 Interface Alarm
This alarm applies only to the Mediant 3000 TP-8410 Gateway.

V5.2 Interface Alarm

Description A V5.2 Interface alarm is raised in one of the following cases. For
detailed V5.2 Interface condition, refer to the V5.2 Interfaces status table.

An Alarm is raised with critical severity when:
= V5 interfaces ID are not equal on both sides
= V5 variants are not equal on both sides

= V5 link ID check timeout error occurred

= Layer 2 startup failed

= V5 restart failed

An Alarm is raised with major severity when:
= Control protocol data link error

= Link control protocol data link error

= BCC protocol data link error

= PSTN protocol data link error

= Protection DL1 failure

= Protection DL2 failure

acVbh2InterfaceAlarm

SNMP Alarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.60
Alarm Title V5.2 Interface Alarm.

Alarm Source V5.2IF#

Alarm Type Communications Alarm
Probable Cause Communications Protocol Error
Severity Critical, Major, Clear

Additional Info

For critical severity alarms, solve configuration mismatch (configuration
Corrective Action does not comply to far end configuration).

For major severity alarms:

= Ensure physical connections are in place.

= Ensure links are not administratively blocked.

= Resolve configuration issues.
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4.3.48 IPv6
IPv6 Alarm
Description When an IPv6 Address already exists or there was a IPv6 configuration
failure, IPv6 is disabled.
aclPv6ErrorAlarm
SNMP Alarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.53
Alarm Title IPv6 Error
Alarm Source system#<n>\ ipInterface#<n>
Alarm Type operationalViolation
Probable Cause communicationsProtocolError
Severity Critical
Additional Info Status stays critical until reboot. A clear trap is not sent.
Corrective Action * Find a new IPV6 address and reboot.

4.3.49 Software Upgrade Alarm
This alarm applies only to the Mediant 3000 HA system.

Software Upgrade Alarm

Description This alarm is generated when the software upgrade failure occurs.
SNMP Alarm acSWUpgradeAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.70

Alarm Title Software Upgrade Alarm

Alarm Source System#0

Alarm Type processingErrorAlarm

Probable Cause softwareProgramError

Severity Major

Additional Info

Corrective Action Start up system from BootP/TFTP.
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4.3.50 NTP Server Status Alarm

NTP Server Status Alarm

Description This alarm issues when there is no initial communication with NTP
Server (major severity) or when previously existing connection is lost
(minor severity).

SNMP Alarm acNTPServerStatusAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.71
Alarm Title NTP Server Status Alarm

Alarm Source

Alarm Type communicationsAlarm
Probable Cause communicationsSubsystemFailure
Severity Major / Minor / Clear

Additional Info

Corrective Action Check the NTP Server configuration parameters and / or fix
communication with NTP Server.

4351 SAS Emergency Mode Alarm

This alarm applies to SIP Gateways.

GW SAS Emergency Mode Alarm

Description This alarm is sent by the Stand-Alone Survivability (SAS) application
when switching from “Normal" mode to “Emergency” mode. This alarm is
cleared once the SAS returns to “Normal" mode.

SNMP Alarm acGWSASEmergencyModeAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.59
Alarm Title

Alarm Source

Alarm Type Other
Probable Cause Other
Severity

Additional Info

Corrective Action Check network communication with the Proxy
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4.3.52 SS7 Alias PC State Change Alarm

SS7 Alias PC State Change Alarm

Description This alarm is raised when the Alias PC is in BUSY state and is cleared when it is in
in-SERVICE state.

SNMP Alarm acSS7AliasPcStateChangeAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.73
Alarm Title SS7 Alias PC State Change Alarm
Alarm Source

Alarm Type communicationsAlarm

Probable Cause other

Severity Major / Clear

Additional Info

Corrective Action
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4.3.53 SS7 UAL Group State Change Alarm

Description This alarm is raised when the UAL Group ASP state is not ACTIVE
and is cleared when it is Active.

SNMP Alarm acSS7UalGroupStateChangeAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.74

Alarm Title SS7 Ual Group State Change Alarm

Alarm Source

Alarm Type communicationsAlarm

Probable Cause other

Severity Major / Clear

Additional Info

Corrective Action

4.3.54 [Event] SSH Connection Status

[Event] SSH Connection Status

Description This trap indicates the result of a recent SSH connection attempt.
SNMP Alarm acSSHConnectionStatus

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.77

Alarm Title [Event] SSH Connection Status

Alarm Source

Alarm Type environmentalAlarm
Probable Cause unauthorizedAccessAttempt/other
Severity Indeterminate

Additional Info

Corrective Action
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4.3.55 LDAP Lost Connection

Description This alarm is raised when there is no connection to the LDAP server.
SNMP Alarm acLDAPLostConnection

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.75

Alarm Title LDAP Lost Connection

Alarm Source

Alarm Type communicationsAlarm
Probable Cause communicationsSubsystemFailure
Severity Minor / Clear

Additional Info

Corrective Action

4.3.56 OCSP Server Status Alarm

OCSP Server Status Alarm

Description This alarm is raised when the OCSP connection is not available.
SNMP Alarm acOCSPServerStatusAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.78

Alarm Title OCSP server alarm.

Alarm Type communicationsAlarm

Probable Cause communicationsSubsystemFailure

Severity Major / Clear

Additional Info

Corrective Action
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4.3.57 Media Process Overload Alarm

Media Process Overload Alarm

Description This alarm is raised when media process overloads, and cleared
when load returns to normal.

SNMP Alarm acMediaProcessOverloadAlarm
SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.81
Alarm Title Media Process Overload Alarm
Alarm Source Board#x or System#x

Alarm Type processingErrorAlarm

Probable Cause resourceAtOrNearingCapacity
Severity Major / Clear

Additional Info

Corrective Action

4.3.58 NFAS Group Alarm

NFAS Group Alarm

Description This alarm is raised when an NFAS group goes Out-Of-Service
Cleared when NFAS Group is back In-Service.

SNMP Alarm acNFASGroupAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.84

Alarm Title NFAS Group Alarm.

Alarm Source Board#%d/NFASGroup#%.d

Alarm Type communicationsAlarm

Probable Cause degradedSignal

Severity major

Additional Info

Corrective Action
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4.3.59 B Channel Alarm

B Channel Alarm

Description This alarm is raised when B-Channel service state changes and is
cleared when B-Channel is back in service.

SNMP Alarm acBChannelAlarm

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.85

Alarm Title B-Channel Alarm.

Alarm Source Interface#%d/trunk#%d/BChannel#%d

Alarm Type communicationsAlarm

Probable Cause degradedSignal

Severity minor

Additional Info

Corrective Action
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4.3.60 Certificate Expiry Notification

Description

SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

Certificate Expiry Notification

This alarm is sent before the expiration of the installed credentials, which
cannot be renewed automatically (the credentials should be updated
manually).

acCertificateExpiryNotifiaction

1.3.6.1.4.1.5003.9.10.1.21.2.0.92

environmentalAlarm
keyExpired

indeterminate

4.3.61 Web User Access Disabled

Description
SNMP Alarm
SNMP OID
Alarm Title
Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action

WEB User Access Disabled

This alarm is sent when the Web user has been disabled due to inactivity.
acWEBUserAccessDisabled
1.3.6.1.4.1.5003.9.10.1.21.2.0.93

other
denialOfService

indeterminate
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4.3.62 Proxy Connection Lost

Proxy Connection Lost

Description This alarm is raised when all connections in the proxy set are down.
SNMP Alarm acProxyConnectionLost

SNMP OID 1.3.6.1.4.1.5003.9.10.1.21.2.0.94

Alarm Title

Alarm Source
Alarm Type
Probable Cause
Severity
Additional Info

Corrective Action
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